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Preface

This three volume set of books includes the proceedings of the 2017 38th
International Conference on Information Systems Architecture and Technology
(ISAT), or ISAT 2017 for short, which will be held on September 17-19, 2017 in
Szklarska Poreba, Poland. The conference was organized by the Department of
Computer Science and Department of Management Systems, Faculty of Computer
Science and Management, Wroctaw University of Technology, Poland.

The International Conference on Information Systems Architecture has been
organized by the Wroctaw University of Technology from the seventies of the last
century. The purpose of the ISAT is to discuss a state of the art of information
systems concepts and applications as well as architectures and technologies sup-
porting contemporary information systems. The aim is also to consider an impact of
knowledge, information, computing and communication technologies on managing
the organization scope of functionality as well as on enterprise information systems
design, implementation, and maintenance processes taking into account various
methodological, technological, and technical aspects. It is also devoted to infor-
mation systems concepts and applications supporting exchange of goods and ser-
vices by using different business models and exploiting opportunities offered by
Internet-based electronic business and commerce solutions.

ISAT is a forum for specific disciplinary research, as well as for multi-
disciplinary studies to present original contributions and to discuss different sub-
jects of today’s information systems planning, designing, development, and
implementation. The event is addressed to the scientific community, people
involved in variety of topics related to information, management, computer and
communication systems, and people involved in the development of business
information systems and business computer applications.

This year, we received 180 papers. The papers included in the three proceedings
volumes published by Springer have been subject to a thoroughgoing review
process by highly qualified peer reviewers. At least two members of Program
Committee or Board of Reviewers reviewed each paper. The final acceptance rate
was 56%. Program Chairs selected 101 best papers for oral presentation and
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publication in the 38th International Conference on Information Systems
Architecture and Technology 2017 proceedings.

The papers have been grouped into three volumes:

Part I—discoursing about topics including, but not limited to, Artificial
Intelligence Methods, Knowledge Discovery and Data Mining, Big Data,
Knowledge Discovery and Data Mining, Knowledge Based Management, Internet
of Things, Cloud Computing and High Performance Computing, Distributed
Computer Systems, Content Delivery Networks, Service Oriented Computing, and
E-Business Systems, Web Design, Mobile and Multimedia Systems.

Part II—addressing topics including, but not limited to, System Modelling for
Control, Recognition and Decision Support, Mathematical Modeling in Computer
System Design, Service Oriented Systems and Cloud Computing and Complex
process modelling.

Part III—dealing with topics including, but not limited to, Modeling of
Manufacturing Processes, Modeling an Investment Decision Process, Management
of Innovation, Management of Organization.

We would like to thank the Program Committee and external reviewers, essential
for reviewing the papers to ensure a high standard of the ISAT 2017 conference and
the proceedings. We thank the authors, presenters, and participants of ISAT 2017;
without them, the conference could not have taken place. Finally, we thank the
organizing team for the efforts in bringing the conference to a successful scientific
event.

We devote ISAT 2017 to our friend and former ISAT Chair, Professor Adam
Grzech.

September 2017 Leszek Borzemski
Jerzy Swiatek
Zofia Wilimowska



In Memory of Our Friend and Past ISAT Chair

Professor Adam Grzech

November 2016

Professor DSc. Adam Grzech was born in 1954 in Debica (Poland). He was
graduated at the Wroclaw University of Technology 1977—M.Sc. Electronic
Engineering. He did his PhD at the Institute of Technical Cybernetics in 1979 and
D.Sc. in technical sciences in the field of computer science in 1989 and received the
title of full Professor in 2003 from Wroclaw University of Technology.

He was an Assistant Professor at the Institute of Technical Cybernetics (1979—
1982), an Assistant Professor at the Institute of Control and Systems Engineering
(1982-1989), Associate Professor at the Institute of Control and Systems Engineering
(1989-1993), a Professor at the Institute for Technical Informatics (1993-2006), and
a Full Professor at the Institute of Computer Science, Faculty of Computer Science
and Management at Wroclaw University of Technology (since 2006).

He was an author and co-author of over 350 published research works. His areas of
research were as follows: analysis, modeling, and design information and commu-
nication systems and networks. Since 2002, he was a Chief of Telecommunication
Department. He was a leader of Scientific School on Information and Communication
Systems and Networks. He was a promoter of the 10 completed Ph.D. theses.

During the years 1991-1993 and 1999-2002, he was a Director of the Institute
of Control and Systems Engineering. Since 2002, he was a delegate of the Rector
for Information Technology, and then during the years 2003-2005, he was a Vice
President for Development at the Wroclaw University of Technology and in 2002—
2008 a member of the Senate of the Wroclaw University of Technology. During the
years 2005-2012, he was a Vice Dean of Computer Science and Management
Faculty.
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He was active in the work at the national, international committees of confer-
ences and scientific journals. He was Co-chair of Information Systems Architecture
and Technology (ISAT) and Systems Science International Conferences. Since
1982, he served as Scientific Secretary, and since 2006 Editor-in-Chief of the
Science Systems journal published quarterly.

Professor Adam Grzech was a member of the Wroclaw Scientific Society, the
Polish Informatics Society, the Council of Information Technology, the Committee
on Informatics of the Polish Academy of Sciences, and Technical Committee TC6
(Communication Systems) IFIP.
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Use of the Modified EPSILON Decomposition
for the LTI Models Reduction

HO=Y)

Damian Raczynski*~ and Wlodzimierz Stanistawski

University of Applied Sciences in Nysa, ul. Chodowieckiego 4,
48-300 Nysa, Poland
{damian. raczynski,
wlodzimierz. stanislawski}@pwsz.nysa. pl

Abstract. For the purposes of representing the characteristics of physical
systems, the LTI (Linear Time Invariant) models are often used. Even in the case
where the physical system is described by a set of nonlinear differential equa-
tions, the linearization process is able to determine a set of linear differential
equations e.g. at the working point. The main problem that arises when
designing the system model is the order of the resulting matrices. The model
order reduction of the LTI models is a common operation which led to obtain a
model of smaller size. The large system size issue often make impossible to
perform real-time simulation or designate the control system - for example,
determining the LQG control system is possible only for relatively small
models. In order to achieve high accuracy of the reduced model with the original
model, it is necessary to perform a reduction in the specified range of frequency.
The problem arises when the resulting model has to match both - low and high
frequencies. In addition, models that describe the slow and fast phenomenon are
difficult to numerical analyze. The authors propose the use of a methodology,
which bases on separating the model into two parts - the fast part and the slow
part. The modified Epsilon decomposition is proposed do achieve this goal. The
obtained results confirm that the presented methodology is correct.

Keywords: Epsilon decomposition - Model order reduction - Frequency
Weighted Model Reduction - Stiff models reduction

1 Introduction

The paper presents a method of reducing the LTI models expressed by the set of
Eq. (D).

x(t) = Ax(¢) +Bu(s

~—

(1)

where: A - state matrix, B - input-to-state matrix, C - state-to-output matrix, D — Feed
through matrix.

The LTI model of a system can be determined using, for example, the finite element
method. The finite element method is very popular today, but the discretization of the

© Springer International Publishing AG 2018

. Swiqtek et al. (eds.), Information Systems Architecture and Technology: Proceedings of 38th
International Conference on Information Systems Architecture and Technology — ISAT 2017,
Advances in Intelligent Systems and Computing 656, DOI 10.1007/978-3-319-67229-8_1



4 D. Raczynski and W. Stanistawski

continuum may lead to a complex system of ordinary differential equations. Analyzing
the properties of the obtained model or determining its control system may be
impossible. In such situations, the model order reduction should be carried out.

The Frequency Weighted Model Reduction (FWMR) method [1], used in the
examples in this article, was developed to reduce the order of models with minimizing
the approximation error expressed by the formula (2).

1Gwo(s)(Go(s) — Gr(s))Gwi(s)]l 2)

Where G’s denote transfer matrices of: G,s) — the original model, G,(s) — the
reduced model, Gyo(s) — the input filter, Gy,(s) — the output filter.

The presence of input and output filters causes the reduced model more accurately
approximate the frequencies for which the output filter and/or input filter have higher
singular values. This method was introduced in the works of D. Enns. Modification of
the Enns method, which allows to maintain the stability of the reduced model using
both filters, is proposed in [2].

The LTI models can describe both fast and slow processes running simultaneously
within the modeled physical system. A model in which both fast and slow modes occur
is called as a stiff model. The model stiffness coefficient can be determined from the
formula (3).

_ Max{|Re(/;)|}
") = Min{IRe(7,)] £ 0] ®)

It determines the ratio of the absolute value of the real part of the largest eigenvalue
of the matrix A to the smallest. Models with significant stiffness are difficult to analyze
by numerical methods. The solution to this problem may be division of the system into
two parts - one for fast processes and the other for slow processes. The method of
model decomposition in which the fast part and the slow part are already separated is
described in detail in the literature [3—5]. The authors would like to point out that the
literature known to them does not include a method of decomposing a model into a fast
and slow parts if both types of equations are mixed together.

By using the finite element method to determine the model of a physical object,
usually the equations describing both types of processes are mixed together. It is
necessary to renumber state variables in such a way that equations describing fast
dynamics fall into one part of the model, while the equations associated with the slow
processes in the second part. The purpose of this article is to develop a general
methodology that will allow to divide the model into two parts (slow and fast) without
knowing the physical meaning of the individual equations. The epsilon decomposition
will be used for this purpose. The designated parts will be subject to independent
reductions using the FWMR method.



Use of the Modified EPSILON Decomposition for the LTI Models 5

2 The Epsilon Decomposition

Epsilon decomposition uses the fact that complex LTI models have a weak connection
(or lack of connection) for most state variables. Usually, object dynamics are largely
dominated by strongly interrelated state variables. It is crucial to identify groups of
strongly interrelated elements. The Epsilon decomposition designates the subsystems
which are strongly interconnected internally and weakly connected between each other.
The ¢ parameter determining which of the connections between subsystems is
insignificant. It is the number whose value is greater than O (the value is arbitrarily
determined). Based on the ¢ value, the position of state variables is changed so that the
strongly interrelated elements fall into the diagonal blocks of the state matrix A (each
group of strongly connected state variables in a separate block). Blocks beyond the
main diagonal, after performing permutation of rows and columns, will contain small
values. The epsilon decomposition of the A matrix can be written as the sum of the

block-diagonal matrix A, and matrix gKl which contains the connections between the
separated blocks [6-9]. o
A=A, +2A, (4)

The multi-level epsilon decomposition is based on performing an analogous divi-
sion with respect to the designated subsystems Fig. 1.

4| &,4,
4, T 4, _
£,4, A4,
v — 4, |&,4,
&4, A, €A, B

Fig. 1. A sample structure of state matrix after the one level (left side) and two levels (right
side) epsilon decomposition

2.1 The Modified Epsilon Decomposition Algorithm

The first operation performed by the modified Epsilon decomposition algorithm is
normalization of all elements of matrix A by computing absolute value of each element
divided by the maximal value of the matrix. After this operation, the matrix A_norm
will be determined. In the next step, the algorithm zeroes all elements from the matrix
A_norm, which are smaller than the epsilon value. All elements of the matrix A_norm
larger than the ¢ are set to 1. The obtained binary matrix A_bin defines the strong
relationship of state variables. Using the CONNECTED COMPONENTS algorithm,
the connections between the rows of the matrix A_bin are searched. The purpose of the
modified Epsilon decomposition is to find the strong connections between the differ-
ential equations describing the physical phenomena. The matrix A_bin is treated as a
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graph, where the vertices of the graph are rows. Elements equal 1 define the edges of
the graph - if the n’th row contain 1 in the m’th column, this means that there is an edge
from n’th to m’th vertex of the graph. The algorithm, in the form of MATLAB code, is
presented below.

function [perm nodes]= epsdec mod (A, e)
A bin=epsilon(A,e);
nodes=connected components (A bin);
perm=permutVector (nodes) ;

end

function A bin=epsilon (A, epsilon)
m=max (max (abs (A))) ;
A norm=abs (1/m*A) ;
for i=l:size(A norm,1)
for j=l:size (A norm,2)
if (A norm(i,j)<=epsilon)
A norm(i,J)=0;
else
A norm(i,Jj)=1;
end
end
end
A bin=A norm;
end

The function epsdec_mod is a modified Epsilon decomposition algorithm. The
function parameters are the state matrix of original model (&) and the ¢ value (e). Based
on the value of the ¢ parameter, using the epsilon function a connections graph is
created (the binary matrix of connections). The values returned by the function are the
permutation vector and the collection identifying the connected components of the
created graph. The permutation vector determines the order of state variables in such a
way that the strongly connected state equations are placed in the same blocks on the
main diagonal of the state matrix (2). Collection nodes is a set of vectors that contain
indices of the state variables belonging to the common connected component within the
created graph.

Comparing the presented algorithm to the generally available EPSDEC code [10],
the main difference occurs in the matrix elements normalization. The EPSDEC nor-
malizes every row by row absolute maximal value. For the considered model it pre-
vents the separation of the fast and slow parts. In the presented algorithm, all matrix
elements are normalized by the matrix absolute maximal value.
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3 Experiment Data

As an exemplary model we choose the model of one-phase zone of evaporating tubes
system in the BP-1150 steam boiler [11]. The model of the evaporating tubes system
describes the slow heat processes (thermal conductivity along the tubes and connecting
fins), mass transfer processes and enthalpy change of the water-steam mixture along the
screen tubes, as well as very fast dynamic processes - movement of pressure along the
tubes (sound processes). In order to obtain a lumped parameter model, the cumulative
evaporator tube is divided along its length into a number of finite elements with
dimensions small enough to assume that the individual element is a dynamic system
with the lumped parameters (described by the system of ordinary differential equa-
tions). Physical meanings of the model variables are as follows: M; — mass flow kg/s,
h; — enthalpy of the water kl/kg, P, — pressure MPa, g, — heat flux kW/m, Z; — position
m, @, - temperatures of the tube wall and connecting fin K (Fig. 2).

®Sk
®4.k
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o Oy
Og.
— 4 A —_————— = & ﬁﬁyvk
(")m.k
®11.k
®12J<

TR

Fig. 2. A structure of single finite element of evaporator tube [11]
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Fig. 3. Eigenvalues of one-phase zone of evaporating tubes system in the BP-1150 steam boiler
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The linearized model is characterized by high stiffness (#(A) > 1000). With such a
large difference in the values of the eigenvalues (Fig. 3), the dynamic processes
associated with the displacement of pressure changes along the tube are practically
independent of the other thermodynamic processes. For this reason, two weakly
interconnected sub-systems can be distinguished in the evaporator tube model:

e a model describing rapid sound phenomena,
e a model describing slow heat and thermodynamic phenomena.

4 Model Decomposition

In the analyzed case it is desirable to group into one subsystem the state equations
associated with high eigenvalues (fast dynamic processes - displacement of pressure
and mass flow along the tubes), while in the second subsystem — state equations
associated with movement of enthalpy changes along the tubes and changes in tem-
perature of the tubes and the connecting fins (slow dynamic processes associated with
small eigenvalues).

The study was carried out on the LTI model of the one-phase zone consisting of 40
finite elements. Each finite element is related to 15 equations describing the physical
phenomena occurring in the tubes. For the single k’th finite element the state variables
form the vector presented in the formula (5) [11].

X, = [Mkthk('D],k. . -®12.k] (5)

The analyzed model contain 40 * 15 = 600 differential equations, which after
linearization can be written in the state space: Cfl—)f = AX + Bu,Y = CX, where: X — state
vector [600, 1], A — state matrix [600, 600], B — input matrix [600, 4], C — output matrix
[3, 600], u — input vector [1, 4].

Using the original Epsilon decomposition algorithm to decompose the model, it
does not produce the desirable results. For example, performing a decomposition for
¢ = 0.2 resulted in the division of the model into two parts. One decomposed system
consists of elements with indexes equal: 541 556 571 573 586 588. The second system
contains the remaining state equations. Changing the ¢ coefficient from 0 to 1 with a
step 0.01 did not produce the desired results.

The modified version of Epsilon decomposition produces correct results. The
algorithm was tested with epsilon values varies from 0.01 to 0.9 (with 0.01 steps). Each
time the process separates two subsystems. One decomposed system consists of ele-
ments with indices equal: 2 17 32 ... 587. These rows are related to the state variables
P, (displacement of pressure). The second decomposed system consists of remain
elements (mass flow along the tubes and slow dynamic processes associated with small
eigenvalues).

In the next step, the second system was redecomposed using the modified Epsilon
algorithm. For the value of the ¢ coefficient from 0.04 to 0.05, the decomposition
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divides the model into two parts. First decomposed system consists of elements with
indices equal: 1 15 29 ... 547. These rows are related to the state variables M (mass
flow along the tubes). The second decomposed system consist of equations related to
the slow dynamic processes.

5 Decomposed Models Verification

For simplicity of the presented method, we assumed that the original model is divided
into two parts (the fast and the slow part). The fast part of the model is related to the
Egs. 1 and 2 of each finite element (80 equations), indices of these equations were
determined in the modified Epsilon decomposition process. The slow part of the model
consists of the remain equations (520 equations).

The LTI model of the one-phase zone has 4 inputs and 3 outputs (Fig. 4). Physical
meanings of the input and output variables are as follows: g~ — relative value of the
heat flux, P,,, — the outlet pressure of the one-phase zone MPa, h;, — the inlet water
enthalpy kl/kg, M;, — the inlet water flow kg/s, P;, — the inlet pressure of the one-phase
zone MPa, h,,, — the outlet water enthalpy kl/kg, M,,,, — the outlet water flow kg/s.

p( Pin
7 outy,] hout

h, | MODEL —%
_ M,

M
Ioul

Fig. 4. Inputs and outputs of the model of one-phase zone.

The sub-models connections in the evaporation tubes model are presented in the
Fig. 5.
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Fig. 5. The structure of the evaporation tubes model

If the presented methodology is correct then the frequency characteristics of the
decomposed subsystems should satisfy the following conditions:

e fast subsystems should not differ much from the characteristics of the original
model for high frequencies and fast input-output tracks,
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e slow subsystem should approximate well the frequency characteristics of the
original model for slow input-output tracks for slow frequencies.

Figures 6, 7, 8 and 9 compare the frequency characteristics of the selected
input-output tracks of the decomposed models with respect to the original model.
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Fig. 6. Frequency response - graph of ampli-
tude for the track qi, — Pou
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Fig. 8. Frequency response - graph of ampli-
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Fig. 7. Frequency response - graph of ampli-
tude for the track Py — Py,
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Fig. 9. Frequency response - graph of
amplitude for the track h;, — hoy

Figures 6, 7, 8 and 9 demonstrate the correctness of the proposed methodology.
The proposed modification of the Epsilon algorithm correctly decomposes the model

into parts related to fast and slow processes.
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6 Decomposed Models Reduction
The original model, after permutation of state variables takes the form (6):

X; = A;1x; + Apx, +Biu
X; = ApX; + Az x; +Bou
] ©)

X2

Y = [V1¥2] = [C1Cy]

where: x; — The first part of the state vector of size n;, X, — The second part of the state
vector of size n,, Ay — state matrix of subsystem 1 of size n; X n,, A,y — state matrix
of subsystem 2 of size n, X n,, A1z, Ap; — matrices of interfaces between subsystems,
determining the impact of one subsystem on another of size respectively n; X nj,
ny X n;, Cq, C, — subsystems output matrices, of size respectively [ X n;, [ X n,, By,
B, — subsystems input matrices of sizes respectively n; x k, n, X k, n = n; + nj.

Both decomposed subsystems are subject to independent reduction, without con-
sidering connecting them interfaces. As a result, reduced subsystems expressed by
formula (7) are obtained.

7}1 = éllil +]:31111, Y = (:jlil (7)
X = ApX +Bouy, y, = CXy

where:

x;  =Txy, xi =Lix;, X =Tx, x=ILx,
An =TiAuL, B =TBy, C =CiLy,
Ay =TAnL;, B, =T:B;, C, =CL,.

The matrices Ty, Ly and T,, L, are obtained in the reduction process of both
subsystems (transformation matrices generated by FWMR reduction algorithm). The
transformation matrices sizes are as follows: Ty [k; X nq], Ly [n; X kq], Tz [ko X ns],
L, [n, X k;]. After considering the dependencies in the original model, substituting
x; = L1 X; and x; = L, X, to the original model equations, the formula (8) is
obtained.

Lix; = AjLi%; +ApLyX; + Biu

- N _ (8)
L2X2 = A22L2X2 + A21L1X1 + lel

After left multiplying (8) by T; and T,, respectively, and after taking into account
that T L = 1, we obtain (9).

%1 =A% + TiApLo% + TiBju,  §, = C L%, 9)
x2 = ApXy + To A Lix; + ToBou, y, = GLox,
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The matrices structure of the reduced model is shown in Fig. 10.

TiAnLy TiArL: T1B4

T2AzL4 TrAzL, T:B;

Fig. 10. Structure of matrices A and C of reduced model

7 Reduced Model Verification

As a result of decomposition of the original model into the fast part (large eigenvalues)
and the slow part (small eigenvalues), two obtained subsystems are separated from each
other significantly. For some input and output tracks, and a suitable frequency range,
they are almost independent (what can be noticed by analyzing the Figs. 6, 7, 8 and 9).
Both designated subsystems have been reduced with use of the eAMOR MATLAB
application [12, 13]. Table 1 shows the reduction parameters.

Table 1. The FWMR reduction parameters for the slow and fast part (k — rank of whole
reduced model, k fast — rank of the fast reduced part of model, k slow — rank of the slow reduced
slow of the model, high frequency range — frequency range for determining a reduction error for a
fast part, low frequency range — frequency range for determining a reduction error for a slow part)

k |k fast |k slow | High frequency range | Low frequency range
10| 5 5 0.01-20 rad/s 0.01-1000 rad/s
200 10 |10

190|110 |80

Figures 11, 12, 13, 14, 15, 16, 17, 18, 19, 20, 21 and 22 show the frequency
characteristics of the reduced models (reduced and connected parts fast and slow).

The average square relative approximation error of the reduced models, given by
Eq. (10)

S (G (0) — Gra )]
P =\ 2 2 ( |Ga ()| ) "

i=1 x=1 y=1

where: p, m - numbers of inputs and outputs of the model, N - number of approximation
points in frequency domain (N = 231) for the frequency scope (107> — 1000 rad/s) is
presented in the Table 2.
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Table 2. The average square relative approximation error of the reduced models

k (rank of whole reduced model) | p
10 51.6616
20 10.2439
190 1.7159

Independent reduction of the decomposed subsystems gives good results, which are
getting better with increasing of order. For the reduced model of the order of 190 (the
slow part reduced to the order of 110 and the fast part unreduced) the frequency
characteristics almost overlap the original model (for most tracks there is no visible
difference).

8 Conclusion

Many physical objects are represented by both slow and fast physical phenomena
simultaneously. The example shown in the article is the one-phase zone of the tubes of
the power boiler. Models that describe both phenomena are called stiff, and they are
difficult to analyze using a computers.

The paper presents a method allowing to divide the stiff model into a fast and slow
part. It should be noted that the method makes it possible to divide the model without
any knowledge of the physical phenomena taking place in the model.

The authors propose a modification of the Epsilon decomposition to achieve this
goal. The original Epsilon decomposition was not able to decompose the model into the
two — slow and fast parts.

The correctness of the presented methodology has been proved experimentally. The
authors chose an exemplary physical model, applied the Epsilon decomposition and
reduced the model. After combining the decomposed and reduced parts, the frequency
characteristics of the reduced model almost matched the frequency characteristics of the
original model. It should be noted here that the reduction was carried out on both
separated parts completely independently. Reducing models in which the subsystems
differ even more in their eigenvalues can produce even better results.

The presented methodology can have many practical applications. For example, the
reduction of the stiff model for determining the control system or the reduction of the
stiff model to perform the real-time simulations.
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Abstract. The paper is concerned with the task of reconstructing missing
values in an observed incomplete matrix, assuming its low-rank approximation.
The problem has important applications, especially in image processing and
social sciences. In our approach, we focus on the problem of recovering missing
pixels in images perturbed with impulse noise in a transmission channel as well
as estimating unknown ratings in a recommendation system. For solving these
problems, we used the modified version of the Hierarchical Least Squares
Algorithm (HALS), including the smoothed version, and compared them with
other algorithm, such as the SPC-QV. The numerical experiments are carried out
for various cases of incomplete data. For image processing, the incomplete
images are obtained by removing random pixels and regular grid lines from test
images. For recommendation systems, we used real rating matrices from the
MovieLens database that contains five-star movie recommendation ratings. The
best performance is obtained if nonnegativity and smoothing constraints are
imposed onto the estimated low-rank factors.

Keywords: Nonnegative Matrix Factorization - HALS algorithm - Image
completion - Recommendation systems

1 Introduction

The problem of image reconstruction occurs in many areas of science and is most often
understood as reconstruction of tomographic images with the use of backprojection [1].
This term can be used in a broader sense as reconstruction of missing or distorted parts
of an image, which is concerned in this paper. The topic discussed here deals with the
task of reconstructing missing pixels in an image. It involves estimating the value of the
missing pixels based on the available pixels and certain a priori knowledge about the
characteristics of the reconstructed image. This is usually a task that is part of a
complex process of noise reduction or image correction.

Currently, the issue of image completion is analyzed by many researchers, as
evidenced by recent publications, e.g. [2-5]. Various methodological approaches are
known depending on the size and distribution of disorder in an image. If the distur-
bance is caused by the excision of a certain coherent, relatively large area from a
distorted image, the statistical parametric methods [6, 7] that synthesize a texture
structure are more effective. The synthesis is based on the parametric models that match
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the statistics of the area disturbed to the rest of the object, by analyzing histograms of
color distribution in different resolutions or distribution of other parameters, such as the
wavelet coefficients. This approach, however, has significant limitations, because it
allows only to synthesize the textures with high stochastic similarity.

Another group of image completion methods are exemplar-based methods [8—15],
which fill the missing region with a copy of undisturbed image. Single pixels or so
called patches are copied for texture synthesis. This approach is most effective in
texture synthesis of large missing areas, but is computationally complex as it is usually
implemented with heuristic optimization algorithms. The task of image modeling with
patches can also be expressed by a directed graph, unfortunately whose the edges are
also associated with a high computational cost.

If image distortions are not coherent, and for example, are defined as randomly
missing pixels or multiple pixel groups, then the task of image completion can be
reduced to extraction of low-rank features from the analyzed image. Their product
approximates the distorted image according to the appropriate criterion. In literature,
various algorithms can be found to perform this task, which is usually based on matrix
completion algorithms [16—19] or tensor completion [20-22]. In the case of pixel
completion in monochrome images, matrix decomposition methods are most often
used. For color images, matrix methods can be used separately for each RGB color map
or represent a color image with a tensor and directly decompose it into low-rank factor
matrices. It should be noted that this approach to image restoration is quite flexible due
to a wide choice of: models, constraints imposed on the estimated factors, cost function
expressing the measure of similarity of the distorted image and the model, and opti-
mization algorithm.

This paper presents an application aspect of the selected methods for low-rank factor
image decomposition, which were used for the task of estimating missing pixels in images
with high-missing data rates. Various algorithms were studied and various attempts were
made to improve them. In particular, we focus on the usage of the Hierarchical Alternating
Least Squares (HALS) algorithm [20] and its modifications [21]. This methodology is
used for decomposition of the “damaged” image into the product of non-negative
low-order factors. In this sense, it is closely related to the standard Nonnegative Matrix
Factorization (NMF) model [21, 22] which has found numerous applications in many
areas of science, and is still being developed. One of the main advantages of this model is
its great flexibility in choosing the character of the desired solution. The local smoothness
of the estimated image also implies the local smoothness of the estimated factors.
Enforcing such characteristics of the NMF model is most often accomplished by an
additional regularization of the cost function, which determines the specific nature of the
solution. In this paper, the imposition of smoothness on the estimated factors is inten-
tional, but the task was performed in a different way than in the work [5]. Smoothness was
forced in feature vectors by means of using averaging weighting functions, where low
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weighting factors were attributed to those vector features that were perceived to be ele-
ments far removed from the outliers.

This papers also shows the application potential of the discussed computational
tools for recommendation systems, where the computational problem is very similar to
the image completion problem. The aim of a recommendation system is to predict the
ratings that a user would give to some items based on its preference determined by the
ratings of the selected items. The items can be understand in a wide sense, for example,
movies, books, music, games, restaurants, etc. In this paper, we used the data from the
Movie Lens group [24]. The idea of the recommendation system can be algebraically
illustrated in Fig. 1. The user-movie matrix M = [m;;] € R/ should be decomposed
into low-rank factors A = [a;] € R”® and B = [b;,] € R”*®. Then, every ratings
(observed or not) m; can be represented by the dot product of the user vector a; € RI*R
(row vector from A) and the movie vector b; € R'R (row vector from B). For low-rank

decomposition, the model only roughly fits the data, which is preferred for recovering
the missing entries in the matrix M.

M A BT

J movies R J movies

Q

I users
I users

M - rating matrix, I users, J movies
A - user matrix, I users, R latent features
B - item matrix, J movies, R latent features

Fig. 1. Idea of representing the missing ratings in a recommendation system. Rating m; can be
approximated by the dot product of user vector @; € R and item vector b, € RIXR,

This paper is organized as follows: The next chapter shows the mathematical model
of the incomplete image reconstruction task. In the next section, the selected methods
for a matrix completion problem have been presented. The results of the numerical
experiments are presented in Sect. 4. The last section contains summary and
conclusions.
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2 Problem Formulation

This problem can be formulated as follows [3, 4]:

m)}n rank(X), s.t.(X); = (M), (i,)) € Q (1)

where X € R/ is the approximated matrix, M € R/ is the original incomplete
matrix, and Q is the set (logical matrix) of indexes of the known elements in M. It is
assumed that the set is known or can be easily estimated by image segmentation.

The main goal of the missing matrix completion is to find such a minimum-rank
matrix X that has the same set of elements as the matrix M in the items indicated by the
set. This algebraic approach can be applied to the approximation of missing pixels in
grey scale (2D matrix) or color (3D matrix or tensor).

3 Selected Methods

All the described methods are based on the Hierarchical Alternating Least Squares
(HALS) algorithm, introduced by Cichocki et al. in [20]. The algorithms was
demonstrated by many researchers to be one of the most efficient algorithms for solving
NMF problems. In comparison to the standard Alternating Least Squares (ALS) algo-
rithm, the HALS demonstrate monotonic convergence, and a greater flexibility for
handling penalty and regularization terms.

3.1 HALS for Matrix Completion

The standard HALS sequentially minimizes the Euclidean cost function, where in each
iteration a block of variables is updated as in the standard block-coordinate algorithm.
Let the cost function be given by the squared Euclidean distance:

1
J(ala-"vaRabla"‘abR) :EHY_ABTHi (2)

where A = [aj,...,ag] € R”F and B = [by,...,bg] € R”*R R is the rank of factor-
ization, and ||-|| denotes the Frobenius norm. Let [t] | = max{0, 7} be the projection
onto the set of nonnegative real numbers. Using this information and the straightfor-
ward mathematical operations [20-22], the following modified HALS algorithm can be
created for solving a matrix completion problem:
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Algorithm 1: HALS for matrix completion

Input: M € R’*/ — incomplete matrix, R - rank of factorization,
Q - set of indexes of the known elements in M, ¢ — approx. error
Output: X € R'*/ — completed matrix
Initialization: Random nonnegative initialization for A € R’*® and B € R/ * R,
Z=0€eR* g >6,6=0
For each aj of A do a; « ﬁ,
2
Do while |g; — &,| > &
Y=Z+AB", ¢ = ||Z||3,
Vij =

— . Ix]
7j otherwise’ Y [y”] €R

Repeat
W =YTA;V = ATA,
Forj=1toJ
b; « [b; +w; — Bv;],,
end forj
P =YB;Q =B"B,
Forj=1toJ
a; « [2jq]'j +p; —Aq;l,,
J
RN
end for j
until the stopping criterion is satisfied
5 Z;if (i,j) € Q
Z=Y-AB,z; = { 610t}1(er]3vise VL =z e RI%, g, = |12)]2,
end while

N ., X=|x;| e RI¥
X;; otherwise [ ”]

X=ABT, Xij ={

Note that Algorithm 1 iteratively updates the unknown entries in the incomplete
image by approximating them with the corresponding dot product of the estimated
factor vectors using the HALS algorithm. The iterative process is terminated if the
absolute difference between the Frobenius norm of the known entries and the recon-
structed ones (determined by the set Q) drops below a given threshold.

The computational complexity of one iterative step of algorithm is low, and it might
be approximated by O(IJR).

3.2  Smooth NMF for Matrix Completion

In this section, we present the HALS-based algorithm with the factor smoothing for
solving a matrix completion problem, which we refer to as the SmMNMF-MC. It is based
on the concept of the SPC-QV algorithm [5] which was efficiently used for tensor
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completion. However, it does not use the CP decomposition, but only the NMF model.
The optimization problem is:

. 1 R 2 R ).r 2 2
min a0 5 [M= S0 Zabl| + 57 2 (pliLaali+ pallLabel}) ()

where a, € R’ and b, € R’ are respective non-negative feature vectors (the -th column
vectors of the corresponding matrices A and B) that correspond to the vertical and
horizontal directions in the image M, 4, is a scaling factor (estimated from the data), and
(p1, P2) > 0 are the penalty parameters. HALS [21] is used to solve the problem (3), as
in the SPC-QV algorithm. The cost function in (3) also contains similar functions
forcing smoothness of the estimated factors (penalties). Moreover, additional functions
were implemented in this algorithm. We used a moving weight averaging filter that was
performed by the smooth (u, 5, ‘rlowess’) function in Matlab. Therefore, by accepting
L, = L, = 1, the penalty factors stabilizes the solution in case of ill-conditioning and the
smoothing is performed by the direct filtration.

Algorithm 2: SmMNMF-MC

Input: M€ R, Q. R, 0=[(p), p2), (L1, Ly) 1, 8

Output: X
Initialization: L€ R, a€ R, b e R’
X=Jab”;
Yu = {x.. otherwise’ Y [yy] € R/
ij
7=Y -X;
Do while |E, -E{| > &
Forr=1,....R
E, = ”Z“F
Y,=Z+Aab," ;
a, = (I +pili L)Y by e
a, < smooth(a,, 5, 'flowess');
b, = (1o + poLoL,") ¥ a, 1 by s
2

b, « smooth(b,, 5, 'rlowess');
1= alY,b, .
r 1+p1llLiaz13+p2lIL2by I3 °
{[Yr — Aab, "] if (i,j) € Q
Zij = ij

7= [Zij] € ]Rlx],

0 otherwise,
E, = 1Zllr
end for
end while

Y — T —
X=AB', X= {fi]- otherwise
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4 Numerical Tests

The experiments have been run on the computer with the following parameters:
Windows 10, Intel i7-4790K 4.00 GHz, 8 GB, Matlab R2016a.

The image completion tests were performed on the real world image from Positron
Emission Tomography (PET) of the resolution (285 x 277 pixels), which is presented
on Fig. 2. SPC-QV algorithm were taken from the authors’ pages [23]. The tests were
performed on incomplete images that were generated by removing from the original
image: (a) randomly selected 50, 70 and 90% of pixels, (b) a single line of pixels
forming a regular grid of 10 pixels wide. The same algorithms were used with the
MovieLens 20M Dataset [24] for analyzing a recommendation system. This set con-
tains 20 million ratings and 465000 tag applications applied to 27000 movies by
138000 users. The estimated results were validated with the randomly selected ratings
(101 users, 87 movies). These tests were carried out similarly to the image completion
problem.

Fig. 2. Tested image: PET-scan.

The original and estimated images are shown on Fig. 3. The Signal-to-Interference
Ratio (SIR) measure was used to evaluate the quality of estimation [21]. The SIR
results are presented in Table 1, and the computational time in Table 2.

The results do not show clearly which of the methods is absolutely the best. The
tensor methods in most cases show faster convergence than the matrix ones. In order to
achieve the same quality of reconstruction, the SmNMF-MC requires about 5000
iterations while the SPC-QV only about 800. However, the SmMNMF-MC provides
higher SIR values than the others if the data are not highly incomplete. For the test with
grid disorder, the HALS method does not provide satisfactory results; the grid still
exists on the recovered image and additionally the image is blurred. The SmNMF-MC
method removes the grid lines, but one can see their shadow on the reconstructed
image. In the case of the SPC-QV, the lines are removed, however, the background
noise is still visible.
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50% 70% 90% grid

original

HALS

SmNMF-MC

SsPC-Qv

Fig. 3. Results for image completion

Table 1. SIR [dB] results for image completion

SIR [dB]

Missing image | HALS | SmNMF-MC | SPC-QV
50% 17.06 |26.11 24.43
70% 15.44 |22.71 21.71
90% 529 |15.37 17.12
Grid 7.23 | 11.39 28.46

Table 2. Time [s] for image completion

Time [s]

Missing image | HALS | SmNMF-MC | SPC-QV
50% 34.188 | 131.559 70.017
70% 64.996 | 224.511 72.483
90% 164.706 | 101.164 78.557
Grid 8.685| 06.445 43.442

The results for the recommendation system are listed in Tables 3 and 4. For this
test, the ranking of the tested algorithms is slightly different. All the algorithms are very
efficient, but the HALS given by Algorithm 1 seems to work the best. It is also the
fastest one, which is even more important in this case. The results in terms of the SIR
values show that we are able to recover the users’ preference with a high accuracy.
Hence, Algorithm 1 seems to be the best for recommendation systems.
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Table 3. SIR [dB] results for recommendation system

SIR [dB]

Missing data | HALS | SmMNMF-MC | SPC-QV
50% 21.25 |20.81 21.19
70% 17.45 | 17.69 17.95
90% 12.33 | 13.03 12.86
Grid 34.07 | 18.13 28.80

Table 4. Time [s] for recommendation system

Time [s]

Missing data | HALS | SmNMF-MC | SPC-QV
50% 0.205 |4.004 35.581
70% 0.153 |0.478 31.139
90% 0.151 |0.394 23.343
Grid 0.088 |0.388 33.568

5 Conclusion

Three HALS-based methods are compared in terms of their efficiency for solving
various matrix completion problems. The results strongly depends on the application.
For the image completion, the best results were obtained using the SPC-QV method
with tensor decomposition. For the recommendation system, the best is the simplest,
i.e. the modified HALS given by Algorithm 1. It gives the best performance and in the
shortest time. However, further optimization is necessary for algorithms to make them
more efficient for larger datasets [24]. The methods studied might be useful in a wide
range of research areas, including recognition and image compression [2], DNA
sequencing [25], hyperspectral images analysis [26], etc.
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Grant 0401/0098/16.
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Abstract. In control applications, we often encounter systems that respond to
the control signal change by vibration at their output. These vibrations are
undesirable and various techniques are used to remove them. One of the
approaches designed to suppress undesired vibrations is input shaping. This
paper is devoted to discrete input shapers and to the identification and simulation
of weakly damped discrete systems. Experimentally verified results are also
presented.

Keywords: Input shaping - Accelerometer - Input shaper

1 Introduction

To control weakly damped dynamic systems, input shaping method is often used. Input
shaping is a method that has been used mainly to control the movement of gantry
cranes.

This method was designed to ensure that the crane movement is controlled so that
the suspended load does not break. In general, it can be stated that with the need of
input shaping, we always encounter in the control applications of the positioning
systems with the flexible elements. With the development of mechatronic systems,
input shaping comes to the fore. In Fig. 1, the response of a weakly damped system is
shown. In practice, however, there are often limitations that need to be taken into
account in the theoretical design of the input shaper. These limitations include in
particular the limitation of the action quantity and the relatively low resolution of the
output power elements [1].

Over the time, we have encountered other interesting applications, including the
control of fast moving elevators or the control of the movement of conveyor belts in
production lines, especially in the food industry [2]. The role of the input shaper is to
modulate the frequency spectrum of the control signals so that in the region of the
resonant elevation there are no residual vibrations in the controlled system output. On
the basis of the above we can state that basically it is a proposal of a series correction
member whose task is to modify the frequency characteristics of the controlled system
(Fig. 2).

Input shaping has been successfully applied to the problem of maneuvering flexible
structures without excessive residual vibrations. Non-negative input shapers are often
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Fig. 1. Weakly damped system response
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Fig. 2. The involvement of the input shaper

required because they can be used with any (unshaped) signals and do not cause the
system instability (if the unshaped signals do not cause system instability).

2 The Input Shaping Principle

The reference input signal used to control the positioning systems can greatly affect the
performance of the system [3, 4]. Numerical filtering and shaping of input signals are
known methods of forming control signals to reduce oscillations. From the design of
the robust input shaper [5, 6] the researchers found substantial arguments that input
shapers are more suitable for the applications containing flexible mechanical systems
with one or two dominant states than the notch and low-pass filters [5].

Digital filters, as well as shapers, generate pulse sequences, which by convolution
with the input signal produce a shaped reference signal. This process is illustrated in
Fig. 3. If a filter or an input shaper is designed correctly, the shaped signal will provide
the desired state change without significant residual vibrations.

X Xs Xs
>
0 t t 0 Tz 1 015 ¢, Lt
e 0
2 2 2
Control signal Input shaper Shaped control signal

Fig. 3. Input shaping process
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2.1 Theoretical Background

Input shaping is a process that modulates the control signal to prevent the resonant
output of the system. In other words, the shaper filters frequency that causes resonance
in the system in these signals. Parameters of the input shaper are designed so the
response of the system to the input signals corresponds to the desired resonant
characteristic.

Various applications have been developed for a wide range of input shapers.
A commonly used input shaper is the Zero Vibration (ZV) shaper, which can be
described by the relationship (1).

A; 1 _K_ T ——sn
ZV—{ -’}—[HKH’(],whereT—,K—e [ (1)
t 0 T wr/1 — g2
o stands for resonance frequency and ¢ represents system damping.

This input shaper has the shortest time required to execute the arithmetic operations
of the system only by positive pulses. This time is important because the convolution
with the input shaper extends the control time according to the transition time of the
input shaper. If the ZV shaper is designed with a perfect model, it eliminates all
vibrations. If there is an incorrect model, some oscillations occur [6].

If it is necessary to provide resistance to modeling errors, a Zero Vibration
Derivative (ZVD) input shaper may be used, which may be described by Eq. (2). This
shaper forces the derivation of the function with respect to model errors equal to zero.
The tax on adding this robustness is the increased time of realization of the arithmetic
operations of the input shaper, and thus the calculation delay of the system [7].

1 2K K?
= | T+2K+K2 T+2K+K* T+2K+K? | (2)
T 2T

ZVD = [Af
lj
where T and K have the same meaning as for the ZV shaping machine. Another type of
input shaper is the Extra-Insensitive (EI) shaper (3). The execution time of the arith-
metic operations of the input shaper is the same as for the ZVD shaper, but its
insensitivity to change of the system parameters is considerably higher. The sensitivity
of the EI shaper depends on the allowed vibration magnitude in the exact model. In
general, the allowed vibration magnitude is determined to a value that is equal to the
upper limit of acceptable residual vibrations. The reason for this is the fact that by
increasing the allowed vibration size, the insensitivity to modeling errors increases.

A

ElI=|"|= , Where T = —, 3
0o T c

L

and V represents the rate of insensitivity to system oscillations.

Designing the Input Shaper in z-plane. In control of the weakly damped systems, the
process of input shaping can also be solved by designing suitable discrete correction
elements that modulate the frequency spectrum of input control signals to suppress
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residual system oscillations. This task can be solved by appropriately locating the zeros
of the transfer function of the correction elements from points of the z-plane corre-
sponding to the poles of the controlled system [2]. The poles of the continuous system
can be expressed

V1-¢2
12 = — = +—. (4)
T T
Since for the complex variable applies z = ¢*7, the poles of the continuous system
from the s-plane are transformed into points of the z-plane (5).

_Twe Ty /1-2
Pa, =TI (5)

where T,, is the sampling period of the discrete system. It is then appropriate to place
the zeros of the input shaper to these points. By locating the zeros of z-transfer function
of the input shaper into points corresponding to the position of the poles of the con-
trolled system, the transfer function of input shaper has form

F(z)zC-(1—Z1-Z_l)'(1—Z2'Z_1), (6)

where C represents the normalization constant. In order to preserve the causality of the
system it is advisable to add to the centre of the coordinate system as many poles as
zeros characterize the transfer of the input shaper [8]. The transfer function of the input
shaper can be presented as

F(z)=C-(ap+ar -z "+a-77%), (7)
where
ap =1,
=T a

If we choose the sampling period T,, so that the sum z; + z, equals zero, this choice
corresponds to the positive ZV shaper with transfer function

F(z)=C- (a0+a2'z72). 9)
For the sum z; + 2, to be zero, the complex conjugate roots z; and z, must lie on the

imaginary axis. The solution with the shortest transition time thus expands into the
relationship (10).
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nT

T,=—— 10
i (10)
The so-called ZV input shaper may be described by the relationship (11).
= Aj = H% lj—za
-] [

3 Design and Application of the Input Shaper

The requirement to shape the control signal resulted from the need for a non-resonant
control of the device that performs the measurement during the movement of the
mechanical arm (Fig. 4).

~
S
T =

Fig. 4. Coin hopper tester device with marked critical part
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The movement of the arm is ensured by a linear drive that is driven by stepping
motors with the JK1545DC excitation circuit. The engine torque is 1.8 Nm and the
phase current is 2.5 A. Stepper motor resolution is 1.8°, which corresponds to 200
steps per revolution.

For a particular application of the motion control of the coin hopper tester arm,
stepping with the micro steps was chosen. The vibrations caused by the primary control
of the motors have been minimized.

However, the movement of the arm caused vibrations, the influence of which
affected significantly the accuracy of the measurements of the physical dimensions of
the coin hopper [9, 10]. For this reason, we decided to investigate the dynamic
properties of the system and then apply an input shaper that suppresses the residual
vibrations.

When identifying the dynamic properties of the system, we used a printed circuit
board (PCB) with an accelerometer. As a control element, the ATmegal68 micro-
controller was used. Its task was to provide the LSM303DLHC accelerometer con-
figuration and send RF data through the RFM73 RF module to eliminate the
undesirable phenomena associated with the use of wire communication. The
accelerometer was set to measure acceleration in the axes x, y and z. The sampling
frequency was set to 400 Hz, which corresponds to the maximum possible recording
speed when the accelerometer is used.

On the receiver side, we used a PCB with ATmega8A microcontroller. The role of
this microcontroller was to receive the data recorded by the RFM73 RF module and
then send the results using the UART peripheral. In order to be able to continue
working with this data on the computer, we used a communication interface converter
to convert between USB and UART peripherals standards.

The measuring device was positioned such that the movement of the arm mani-
fested mainly in one axis of the accelerometer (Fig. 5). On the PC, the incoming data
has been aggregated into a file so it can be analyzed.

Data measured by accelerometer - x axis
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-1 5000

Fig. 5. Data collected from the accelerometer critical axis
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Using the identification method used, we determined the zeroes and poles of the
system, and thus the actual frequency and damping of the system.

The knowledge of our own period and the damping of the system allowed us to
design an input shaper with the required properties. Our attention has been drawn to the
ZV shapers, how much it can generally be considered appropriate in knowing the
system parameters. By applying the ZV input shaper, we have acquired a new, shaped,
input signal to control the movement of the motors. Figure 6 shows shapers and
modifications of the control step signal when applied.

ZV shaper ZVD shaper
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Fig. 6. Shapes and corresponding modifications of the control step signal

Since we know that the system was excited by a step signal, for illustration pur-
poses, besides the basic set of ZV shapers, we have defined the corresponding control
signals (Fig. 7) and system reaction set (Fig. 8). Based on our model, to radically
suppress residual frequencies, the application of the designed ZV shaping machine is
sufficient. The result of the control process was surprising since the signal did not
eliminate the resonance recorded at the output of the system so markedly. This was due
to the fact that we did not take into account the limitations of action elements, stepper
motors. By defining the minimum time at which it is necessary to ensure the required
rise (in our case 100 ms), we also indirectly determine the maximum admissible order
of the input shaper, in which the rise time of the control signal is not longer than the
determined guaranteed response time of the system. From Fig. 7 we can conclude that
the maximum ZVD4 type of shaping is permissible under the given restrictions.

Another significant limitation resulting from the engines used is the minimum
sampling period of the actuator (in our case 10 ms). This limit specifies the maximum
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Fig. 8. Reaction of the system after the application of the corresponding input shaper

allowable number of control signal changes per second. It follows that at the given
sampling period of the actuator and the time at which it is necessary to ensure that the
desired change of the control signal is achieved, it clearly defines the highest per-
missible order of the input shaper.

The response of the moving part of the system to the control signal was also
recorded for clarity by an optical sensor located directly on the device. Change of the
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momentary distance of the arm from the target position when applying different types
of shapers can be represented graphically. Experimental results are shown in Figs. 9a,
9b, 9¢c and 9d.
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4 Conclusion

Undesired vibrations can interfere with mechanical systems. In systems where vibra-
tions are driven by control signals, signal shaping approaches have been shown to be
appropriate and effective. Due to the design of a suitable correction element in the form
of input shaper, it is necessary to define the system parameters. Knowing the exact
location of the poles of the controlled system model serves as a basis for eliminating the
resonant output of the system.

In practice, however, there are often limitations that need to be taken into account in
the theoretical design of the input shaper. These limitations include in particular the
limitations of the action quantity and the relatively low resolution of the output power
elements.

The resistance to the errors of the resulting shaper can be increased by increasing
the number of zeros of the transfer function of the correction member. Especially for
tasks that are characterized in that the sampling period of the actuator is comparable to
the required transition time, the poles are suggested to be repeated in order to achieve
the desired behavior. In the case where the maximum transition time is limited, with a
minimum sampling time defined based on the dynamic properties of the actuator, the
method for calculating the pole multiplicity is proposed. This will ensure that the
required properties are met by both the actuator and the user. Applying the highest
possible order shaper that meets the design limitations is desirable because all the
conditions set for the input shaper are met. At the same time, the system will be
maximally resistant to model errors with regard to system time constraints.

Methods of input shaper designing have been simulated. The accuracy and suit-
ability of the solution was also verified on a real device, using data obtained from an
accelerometer and an optical distance sensor.
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Abstract. Design patterns can be introduced into an existing code by a code
restructuring. It is counted to one of goals of code refactoring. This paper
presents a process that automates this kind of refactoring. The approach is based
on a structural code analysis aimed at design pattern relevance. The process
consists of three main phases: code analysis, determination of a refactoring
range, and realization of code restructuring. The latter is a complex code2code
transformation, which comprises a series of code refactoring steps. A decision
about a range of a design pattern application is taken by a user or can be
automated. In both cases, it is supported by a software relevance metric.
A framework for the whole process has been implemented as an extension of
Eclipse. Code refactoring to exemplary design patterns can be performed in a
prototype tool for Java programs.

Keywords: Code refactoring - Design patterns - Eclipse

1 Introduction

Design patterns are often brought into an application during not only initial design or
coding phases, but also later during program evolution and maintenance [1]. Therefore,
they can be a target of a refactoring process, a technique to improve maintainability of
software by changing its structure without altering its external behavior [2].

Kerievsky presented many transformation scenarios that combine refactoring with
the practice of designing with patterns [3]. Different kinds of refactorings: o, towards
or from, describe transformations that provide an application of a given pattern, a code
modification in direction to a pattern usage, or eliminate a pattern, accordingly.

Contemporary development environments (Eclipse, IntelliJ IDEA, NetBeans,
Visual Studio) support realization of a limited set of basic refactorings [2] working on
code elements (e.g. rename, move, extract), class inheritance hierarchy (e.g. pull up,
push down), but scarcely approaching towards design patterns (introduce factory).
They assist also creation of a script of refactorings, but are still insufficient to perform
complex refactorings targeting design patterns.

Realization of complex refactorings, including towards/to many design patterns, is
more difficult than the basic ones. Some solutions are based on search-based refactoring
[4] and also deal with design patterns [5—7]. Another resent and the most wide-ranging
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approach has been presented by Kim et al. [8]. Implementations of refactorings to
selected patterns have also been proposed [9-11].

Recommendation of basic refactoring actions [2] is primarily based on recognition
of code smells, i.e. catalogued code shortcomings in an object-oriented design.
Refactoring is often stimulated by software quality observed by a developer, implied by
measurement of software metrics [12—14] and suggested by specialized code analyzers
[15—-17]. However, even in case of a simple refactoring, it has been observed that many
developers faced selection problems [18].

Usage of design patterns can be associated with removal of some code smells [3],
but in general, it is often aimed at more complex restructuring of a program and
improving its flexibility, scalability, extensibility, testability, etc. Necessity and ade-
quacy of utilization of design patterns might be more arguable than application of
simple refactorings, e.g. an increase in code size could be observed. In some automated
search-based approaches [5—7], common software metrics are used to asses a software
quality, and serve as a base for a fitness function to decide about a refactoring to be
performed. In dependence of different quality measures, we could obtain a code with,
for example, lower coupling and higher cohesion. However, there seems to be no
evidence that a design pattern is introduced according to a semantically confirmed
architectural concept. In the similar context, Tokuda and Batory have noticed “Relating
two arbitrary classes via inheritance relations can be meaningless” [19]. In another
approach [8], a focus is on scripting high-level refactorings and not on recommending
when and which refactoring to apply.

It should be noted, that what is the most challenging is not a direct code manip-
ulation in order to introduce a desired design pattern, but taking a decision which part
of the code should be used and correspond to a target design pattern. Moreover,
refactoring to design patterns could be performed in large and nontrivial software
systems written by other developers, especially in legacy systems [20].

Therefore, in a refactoring process proposed in this paper, we take into account not
only a code transformation, but also analysis of structural dependencies and
pattern-related decisions. Those decisions are based on our original software metrics
that evaluate relevance of a given code extract to a pattern under concern. They are not
general quality metrics [12—14], as typically used in other approaches, although such
quality metrics could be additionally used in further extensions of the process. The
solution with selected refactorings has been implemented for Java programs working in
the Eclipse environment [21].

The rest of the paper is structured as follows. The next section reviews the related
work. A process overview is presented in Sect. 3. Section 4 describes an exemplary
process based on a selected refactoring. A framework implementing the approach and
experimental evaluation are briefly discussed in Sect. 5. Finally, Sect. 6 concludes the

paper.

2 Related Work

Much research has been performed on recommending refactoring operations from the
basic Fowler set [2], e.g. the mostly used transformations move or extract [15-17].
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Possibility of automated refactoring versus a manual one aimed at an object-oriented
program restructuring has been considered by Tokuda and Batory [19]. They suggested
benefits of automated transformations, while decisions of refactoring to apply were
made by a user. The most complete collection of scenarios dealing with refactoring
towards/to design patterns was gathered by Kerievsky [3]. Refactoring to design pat-
terns was also described as a series of minitransformations including their pre-,
post-conditions and transformation steps [22].

Current advances in the domain can be reviewed from two perspectives. State of the
art on design pattern processing has recently been studied by Mayvan et al. [23].
Trends, opportunities, and challenges of the software refactoring have been reviewed
by Abebe and Yoo [24]. Both reported on some research combining the areas.

Finding of a best sequence of refactorings to be applied in a software artifact can be
regarded as an optimization problem that can be solved using search techniques [4].
A fitness function of such approaches is usually based on software quality metrics
[12—14], and a transformation process focuses on the improvement of a selected quality
factor.

Amoui et al. [5] proposed a search-based evolutionary method, particularly Genetic
Algorithm, to find a best sequence of valid high level design pattern transformations to
improve software reusability. Object-oriented software metrics were used for assessing
software quality. They suggested that different metrics had been appropriate for dif-
ferent applications. However, they did not consider transforming of an existing code to
design patterns.

Jensen and Cheng [6] applied genetic programing to automate the use of software
engineering metrics to generate refactoring strategies that introduce design patterns.
The QMOOD metric suit [14] helped to determine the optimal set of refactorings.

Shimomura et al. applied another approach to recommendation of a design pattern [7].
Pairs of programs with and without a design pattern were prepared. A set of software
metrics were calculated for these programs, treating those with design patterns as “good”
solutions. An impact of a particular metric to a program quality was determined with a
genetic algorithm and expressed as a weight coefficient. Comparison of weighted metric
outcomes suggested whether a program should be refactored and which of design patterns
should be applied. However, it was observed that differences in metrics between programs
were not very big.

Several solutions have been concentrated on different selected design patterns, and
therefore, they could be adjusted for code prerequisites to the more extend.

Refactoring to the Null Object design pattern was thoroughly examined by Gaitani
et al. [9]. The analysis focused on special cases of null-checking conditionals that could
be effectively refactored to Null Object. In a broad meaning, it is similar to our
approach, although it has specialized on a different design pattern and would be not
easily extensible to others. A logic programming based on use of Prolog-like predicates
was applied in refactoring to Abstract Factory [10].

The Strategy design pattern was a target of automated refactoring reported in [11].
An algorithm was proposed to identify conditional statements that emulate this design
pattern. In special cases of conditional statements, a technique for total replacement of
conditional logic with method calls of appropriate concrete Strategy instances was
suggested.
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3 Refactoring Process to Design Patterns

Our aim is to automate a process of introducing design patterns to a code of an existing
program. In order to efficiently use a design pattern a developer should understand a
general structure of the pattern, principles of communication between objects within
the pattern and between its context objects, possible benefits and disadvantages fol-
lowing its application. However, all decisions could also be made automatically to save
up developer time and/or support less experienced programmers.

A whole process of a design pattern insertion consists of three main phases:

1. code analysis and calculation of relevance metrics,
2. determination of a refactoring range,
3. realization of a code restructuring - i.e. an adequate code transformation.

A code is analyzed in order to decide which refactoring for particular classes can be
applied. Basic information about a class structure is derived from a syntax tree.
Information to be collected depends on an anticipated design pattern. Different relations
between code elements are identified that are important for a kind and range of the
presumed refactoring. During the analysis several conditions and coefficients are
determined according to selected quantitative parameters.

There are many issues considered in refactorings to design patterns, for example:

e static values assigned to class fields, which are often used to control an application,
complex conditional instructions, which make a code incomprehensible,
a class comprising a lot of functionality, which can result in complex methods and
hiding an actual purpose of the class,

e aselection of an appropriate class constructor, which is especially important when a
class has polymorphic fields.

Based on the collected data, all elements that point out at the refactoring application
are recognized. Those design patterns are selected that might be introduced at the place
of considered elements.

For each considered design pattern, a relevance metric is calculated. The metric
should reflect the ability of the code to be transformed to a selected pattern. It takes
positive values in the range from O to 100%. It is designed especially for a given design
pattern. Different factors influence decisions in code refactoring, and selection of
elements to be transformed. We can express an impact of selected factors in a quan-
titative way. For example, a final value depends on two factors, one in A;% and another
in A,%, where A + A, = 100%. Coefficients are determined as standard values before
the refactoring process, or could be defined by a user, if demanded.

In general, while specifying the first phase of the process the following issues
should be given: (i) preconditions that should be satisfied by selected elements of a
class under consideration in order to complete the refactoring, (ii) an algorithm how to
calculate a relevance metric.

The second phase has the following goals: to take a decision which design pattern
(if any) will be built into the code, to determine which parts of the pattern will be
incorporated, and which parts of the code will be transformed. After a design pattern is
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selected the reasoning about its features can be automated or a user can guide further
decisions.

During the last phase, the application structure is modified in a way that has been
decided during the previous phase. Specification of each refactoring comprises
recognition of elements that are added, modified, and deleted during introduction of a
new design pattern. Detailed actions realized in the process of the refactoring should
also be defined.

A user can take their own decisions how to carry out the refactoring. It can be used
when the user is familiar with the code and would like to adjust the range of changes to
be performed in the code. In another situation the user would like to make a mock
refactoring. Proposed changes are visible in the code after the refactoring, and then the
user can take the final decision whether accept them or not.

Application of a design pattern can also lead, for example, to an unnecessary
increase in a program complexity due to a high number of classes with small methods,
as in the State design pattern. Therefore, it is important to support an “undo” facility
that in an easy way could restore a code after a “big” refactoring.

4 Replace State Altering Conditional with State (RSACS)

Various transformations of code to design pattern described in [3] have been consid-
ered as subjects of the above general process. We have designed the detailed processes
and proposed relevance metrics for the following refactorings: Replace Type Code with
Class (RTCC), Replace State-Altering Conditions with State (RSACS), Replace Con-
ditional Logic with Strategy (RCLS) and Replace Constructors with Creation Methods
(RCCM). As an example, we discuss the second one (RSACS), but its realization could
be proceeded by (RTCC). The target State design pattern is illustrated in Fig. 1.

= Context - state £ State

# request () 1 * # handle () ﬁ_\

= ConcreteSateA = ConcreteStateB

# handle () & handle ()

Fig. 1. Class diagram of the State design pattern

4.1 Code Analysis of the Refactoring

Let us consider class X pointed at by a user or selected automatically. We specify how
an analysis is carried out of this class. Preconditions of the refactoring determine
whether the class can be used as a source class in the transformation.

Preconditions. The design pattern will be considered for a class X only when the
following conditions are met by its properties:
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1. There exists a field fx such as:
(a) fx can take at least k static values from a set S(fx), which may be finals or not,
(b) values S(fy) are of a standard primitive type (e.g. in Java int, char, string, etc.),
(c) the field can take only those values, or values of corresponding fields of other
instances of class X.
2. There exists a set Mx(yx) of methods my under the following constraints:
(a) method my includes at least one P-type statement due to a field yx. A statement
is of P-type due to a field yx if it is a conditional instruction (e.g. if-else) and has
a conditional predicate which is determined by the field yy taking a value from
S(yx), where yx belongs to fields that satisfy the first precondition,
(b) set Mx(yx) contains at least k methods my including P-type statements due to the
same field yy, where k is a refactoring parameter.

In case of RSACS, we found the refactoring parameter k = 3 as a reasonable
bottom boundary. It means that there are at least three different cases corresponding to
at least three concrete substates in the State pattern (Fig. 1).

Next, sets of methods Mx(yy) of class X are examined. Any such method includes
one or more P-fype statements, which are checked whether are suitable for creating a
new method anticipated in the State design pattern. Two situations are distinguished in
accordance to the number of local variables modified in a P-fype statement:

— One local variable is modified at most. This change can be easily realized by taking
the variable as a parameter and returning its new value at the method end.
— More than one local variable is modified. This statement is disregarded.

Metric Calculation. A relevance metric should help in assessing usefulness of
transformation of appropriate parts of class X into the State design pattern. The metric
can be calculated for any class X that has field fy satisfying the first precondition and a
set of methods Mx(fyx) fulfilling the second precondition. At this stage it is possible,
although rarely, to have in class X many fields fy with their sets of methods Mx(fx).

The metric for RSACS is a sum of two weighed components that relate to the
impact of a quantitative factor (based on numbers of elements) and a profitability factor
(suitability of the pattern to a code). In case studies, we assumed the range values equal
to 25 and 75% for the factors, accordingly. We assess a class X with a metric above
50% to be reasonable to consider for refactoring. The metric is also used for com-
parison of different fields in a class, or comparison of different classes. The detailed
discussion of the metric is beyond the scope of the paper [25].

4.2 Determination of the Refactoring Range

A way of taking decisions about a refactoring was an important factor that simplify
automating of the second phase of the process. In RSACS refactoring this decision is
based on features of fields located in one class. A code located in other classes has some
influence but only one class is a basic class used in analysis and reasoning. This
refactoring depends also strongly on appearing of conditional instructions (if-else) in
methods and constructors of the basic class X.
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We will denote by C; concrete subclasses that inherit from the base State class in
the State design pattern (Fig. 1). The following decisions have to be taken:

— If RTCC is combined with RSACS, it has to be selected: which field of X is a given
fx to drive the refactoring in case many fields satisfy the preconditions (in most
cases there is only one field); and shall we delete static fields in X that represent
S(fx) values and are not more used after the refactoring.

— Are concrete subclasses C; created for all possible cases, or only for indispensable
ones?

— Which of class X will be modified?

— How the selected methods my will be modified? A whole method can be moved to
the State class or appropriate small methods are extracted from my and moved to
State. The extracted methods are based on the recognized P-type statements.

If the process is not driven by a user, above decisions and others are taken auto-
matically. For each method my its P-type statements are examined. A general goal is to
find extracts of the method that could be used for creation of new methods in the State
pattern. A selected statement could have a simple logical predicate to be directly
transformed. Otherwise; closures could be duplicated in various conditional statements
and cover a limited part of the whole method.

Other decisions concern naming conventions for newly created artifacts, such as C;
classes and their methods.

4.3 Code Transformation

Realization of RSACS is often preceded by RTCC, which can be automatically included
in the realization phase. Many code elements are modified or refined during the
transformation. The base State class is created. It includes a general method that is
either copied from the class X and has an object of X as an additional argument, or it is
built from a closure. In the latter case its arguments are determined based on local
variables used in a method my. If local fields of X are used in the closure, an X object
also belongs to the arguments of the general method.

New C; classes are created with their argumentless constructors that assign
appropriate S(fx) values. Moreover, methods of C; are created. Particular methods of C;
have the code specific to a given subtype. All references to elements from X are
converted into a reference to an X object passed as a parameter. If there is a method
based on a closure in which a local variable is modified and the variable is used in the
method, the method returns a value of the modified variable.

In the class X a general method from State is called in the context of a field fy.
A body of the old method from X will be substituted by the new method call if the
whole method has been moved to the State class. Otherwise, i.e. the method in State
has been created from closures, the appropriate closures in methods my are substituted
by a call of the new general method.

Finally, appropriate import closures are added in files with declarations of State and
C; classes.
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5 Framework

Ideas presented in the previous sections were implemented in a framework that extends
the Eclipse environment [21] and supports the Java language.

5.1 Design

In Eclipse above 20 refactoring operations are provided for a Java developer. They can
be used via the GUI or by calling appropriate methods from the API. The available
transformations correspond mainly to basic refactorings [2].

It was intended to make use of some simple refactorings supported in Eclipse.
However, a primary requirement of the tool was to keep the whole complex refactoring
reversible. A user should have a possibility to resign at any step of the refactoring
process, and undo the entire refactoring recently having been completed. In order to
have full control over each refactoring step, refactorings are implemented directly in the
tool and a whole selected transformation can be reversed.

While building the tool, several facilities provided by Eclipse were applied [21]. An
infrastructure for building the own refactoring and integrating with the Eclipse envi-
ronment is the Refactoring Framework. It assisted in viewing code modifications
before are integrated into the final code, adding an applied refactoring to the refactoring
history, creating a user interface, etc. Developed plug-in and simple refactoring actions
existing in Eclipse have identical kind of interface.

An application code can be viewed in a form of the Abstract Syntax Tree (AST).
Each program file is represented by its tree. The hierarchy and links between the nodes
reflect relations between corresponding code elements, e.g. inclusion a method in a
class, a class in a class. Working on a tree was employed during the code analysis phase
and the code manipulation.

The implemented framework consists of two parts: Complex Refactoring Frame-
work (CRF) and Automated Refactoring to Patterns (APRT). CRF is based on the
standard Refactoring Framework, but it additionally provides means for analysis and
decision steps. It also specifies a framework for GUI pages responsible for user
interaction. APRT realizes final Java code transformations.

The whole framework can be easily extended with other refactorings following the
described process and applying appropriate relevance metrics.

5.2 Case Studies

The prototype implements two kinds of refactorings: RTCC and RSACS. They were
used in case studies on small programs (~ 250 LOC). Program functionality was tested
with test suites before and after refactorings. All transformations could also have been
successfully withdrawn. All process phases were verified in experiments. A manual
refactoring was compared with an automatic one. We checked whether all metric
components were correctly calculated, a selected element had the highest metric value,
and all required elements were taken into account in transformations. Moreover, the
employed transformations matched to non-automatic decisions. The results of
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relevance metrics were compared to user expectations expressed quantitatively. The
values were similar in case of RTCC, and differ in 2% in case of RSACS.

The preliminary experiments appear to confirm usability of the approach, although
many threats to validity have to be considered. More complex, third party developed
applications, are expected to give less promising results. Moreover, the metric coeffi-
cients that were tuned after examination of a range of programs are still a question of
concern. However, it should be noted that, as in many metric-driven approaches, the
direct metric values are not of the most importance. The decisions are mainly based on
relative metric values of different elements that can be compared and the same coef-
ficients are used for those elements during calculations.

6 Conclusions

In this paper, we presented a process of refactoring of software code to design patterns
that can be automated or driven by a program developer. In opposite to other
approaches, it focuses on assessment of the code relevance to a selected design pattern.
Future plans refer to design and implementation of refactorings to other design patterns
[3] as well as experimental evaluation with bigger real-world applications. Further
research would be required on calibration of relevance metric and on other metric
variants [25]. Combining of the process with evaluation of software quality with other
metrics could also be beneficial.
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Abstract. The article provides a concise discussion of autoreference
database design pattern (recursive relationship) which allows elements
to directly reference other elements with the same type. The paper intro-
duces modeling of autoreferential relationships in Association-Oriented
Database Metamodel in regard to its semantic capabilities, i.e. freedom
of defining multiplicity on both sides of relationships, connecting associ-
ations with each other and composition providing lifetime dependency.

Keywords: Database design patterns - Database modeling - Association-
Oriented Database Metamodel + AODB - Autoreferential relationships -
Recursive relationships

1 Introduction

Autoreferential relationship is a popular design pattern, often used in database
modeling [2,5]. Its characteristics is the recursivity of relationship, i.e. situation
in which modeled element holds the reference to itself [4]. Autoreference can be
considered in the intensional and extensional manner. Conceptually, in terms
of intensional database part, structures containing autoreferential relationships
may be designated as entities connected with other entities which are of the same
type as shown on the left side of Fig. 1. Whereas considering them extensionally,
they define entities having references to themselves (right side). The extensional
autoreference aspect is a special case of autoreferential structure and is related
to actual data described within intensional autoreference.

The most general and at the same time the most representative autorefer-
ence structures are graphs. The specific case of graphs can be trees, while their
generalization are hypergraphs. On the basis of listed data structures one can
create abundance of graph-based solutions, e.g. binary trees, k-partite graphs,
labeled graphs and other, more complex structures comprising compound of two
or more elementary design patterns based on aforementioned concepts or other
data representation methods. One should pay attention to the fact, that autoref-
erential structure is not the only way to model graphs, but each autoreferential
structure might be interpreted as a graph.
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Edge

1:Node 2:Node 3:Node

Node

* a:Edge b:Edge c:Edge

Fig. 1. Conceptual autoreferential relationships in a graph — intensional (left) and
extentional (right) autoreference

In this respect, the key concept for current applications seems to be opti-
mization of elementary database operations of graph traversal. The complex-
ity of such operations depends mostly on selection of database metamodel and
structure representing a graph. The database metamodel selection unambigu-
ously determines the nature of relationships between modeled entities. These
links may be behavioral, e.g. in relational metamodel (RDB) or structural, e.g.
in OM ODMG 3.0 [3], document-oriented databases, RDF-based graph-oriented
databases or databases in Association-Oriented Metamodel (AODB).

The subject of the following study is the issue of modeling of self-referencing
relationships in databases. The motivation was to describe association-oriented
databases modeling methodology in terms of recursive relationships. It was
assumed that the separation of the data containers and relationships contain-
ers, which is fundamental property of the AODB metamodel, will significantly
improve semantic capacity of autoreference structures. The AODB metamodel
has been proposed by Krétkiewicz in [9] and its usefulness for modeling complex
knowledge representation systems has been elaborated in [10]. The aim of this
paper is to present the modeling capacity of AODB in regard to autoreferential
relationships.

The Sect. 2 presents implementation of recursive structures in terms of known
and popular database metamodels regarding their grammatical and semantic
limitations. The main contribution of this paper has been described in Sect. 3, i.e.
method of modeling and features of autoreferential structures in AODB. Next,
in Sect.4 authors evaluate presented solutions by comparing modeling features
of the patterns in different metamodels. The last sections are the conclusions.

2 Autoreference in Popular Database Metamodels

The following section presents the survey of autoreferential (or recursive) rela-
tionship realized in various database metamodels. The study presents models,
which implement this pattern on conceptual case study of modeling some classes
of graphs. The most important is that depending on expressiveness of database
metamodel, i.e. possibilities of modeling, which it posses, recursive structures
will vary. The analyzed examples consider only intensional autoreference. That
means such autoreference, which is directly supported by structures possible to
be modeled within the specific metamodel. Obviously, one could try to model
autoreferential relationships on the higher level of abstraction using expanded
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models, however it would only leed to creation of some more complex design
patterns, which conceptually represent autoreference. However, physically they
would comprise of several different relationships and force introducing new, aux-
iliary model categories on the implementation level.

2.1 Relational Database Metamodel

The implementation of autoreference relationship in relational database meta-
model (RDB) has been presented on Fig. 2. In relational metamodel relationships
are stored in the database with the use of key mechanism (primary key and for-
eign key) together with referential integrity constraints.

NODE.ID_NODE =
NODE.ID_PARENT U {NULL} ID_NODE ID_PARENT LABEL VALUE

1 NULL “N1” 1.0
ID_NODE : PK 3 1 “N3” 0.2
ID_PARENT : FK 1 3 “Na NULL

LABEL : TEXT
VALUE : REAL

Fig. 2. Relational diagram (left) and relation of sample autoreferential model in rela-
tional database metamodel (right)

In case of autoreferential structures in RDB, one should be aware of a very
important fact: only one-to-many and one-to-one relationships can be physically
represented. It means, that in relational database metamodel many-to-many
relationships do not exist inherently, but they can be built using well-known
design patterns, e.g. intersection table. The following paper considers the issue
of occurrence or absence of certain mechanisms, in contrast to the possibility to
be constructed.

It is reflected in database structures, which can be stored in model shown
in Fig.2. Under the assumption of cycle detection in the layer of system logic
(or specific database management system) this structure is suited to store trees,
which model parent-child structures, i.e. hierarchies. Sample data for this struc-
ture have been shown on the right part of the Fig. 2.

2.2 XML Data Model

The XML language can sometimes be used as data model in database systems
[1,8,12]. XML documents have tree structure, which is based on tags. Such a
structure forces hierarchical shape of model. The XML documents can posses its
own meta-structure, which can be described within XML schema or DTD (doc-
ument type definition). Therefore, the structure can be treated as a metamodel
in relation to the built XML documents. XML gives possibility of very natural
modeling of tree-based autoreferential structures. The Listing 1.1 shows XML
schema for graph.
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Listing 1.1. XML Schema for exem-
plary autoreference hierarchy

<?xml version="1.0"encoding="UTF-8"7>
<xs:schema

xmlns:xs="http://www.w3.0rg/2001/XMLSchema"
elementFormDefault="unqualified">

<xs:sequence minOccurs="0" maxOccurs="unbounded">

<xs:element name="node"type="nodeType/>
</xs:sequence>
<xs:complexType name="nodeType">
<xs:element name="label"
type="xs:string"/>
<xs:element name="value"
type="xs:decimal"/>
<xs:sequence minOccurs="0"
maxOccurs="unbounded">
<xs:element name="node"
type="nodeType"/>
</xs:sequence>
</xs:complexType>
</xs:schema>

Listing 1.3. An exemplary XML
Schema for many-to-many multiplicity
autoreferential relationship

<?xml version="1.0"encoding="UTF-8"7>
<xs:schema
xmlns:xs="http://www.w3.org/2001/XMLSchema"
elementFormDefault="qualified"
attributeFormDefault="unqualified">
<xs:element name="graph">
<xs:complexType>
<xs:sequence minOccurs="0"
maxOccurs="unbounded">
<xs:element name="node"type="nodeType/>
</xs:sequence>
</xs:complexType>
</xs:element>
<xs:complexType name="nodeType">
<xs:element name="nodeID"type="xs:ID"/>
<xs:element name="relationships"
type="xs:IDREFS"/>
</xs:complexType>
</xs:schema>

Listing 1.2. Exemplary XML docu-
ment based on schema on Listing 1.1

<?xml version="1.0"encoding="UTF-8"7>
<node>
<label>N1</label>
<value>1.0</value>
<node>
<label>N2</label>
<value>0.15</value>
<node>
<label>N4</label>
</node>
</node>
<node>
<label>N3</label>
<value>0.2</value>
</node>
</node>

Listing 1.4. Exemplary XML docu-
ment based on schema on Listing 1.3

<?xml version="1.0"encoding="UTF-8"7>
<graph>
<node>
<nodeID>1</nodeID>
<relationships>2 3</relationships>
<node/>
<node>
<nodeID>2</nodeID>
<relationships>3</relationships>
<node/>
<node>
<nodeID>3</nodeID>
<relationships>3</relationships>
<node/>
<node>
<nodeID>4</nodeID>
<relationships>1 2 3</relationships>
<node/>
</graph>

The autoreferential relationship has been modeled very naturally, as set of
nested nodes, which have the same tag type (node). The exemplary XML doc-
ument which is described within presented schema has been shown on Listing
1.2. Hierarchical structure of this language seems to be well-suited to model
tree-based structures.

XML also enables defining many-to-many autoreferential relationships. This
can be achieved using the xs:ID and xs:IDREFS data types, which are definition
of references to unique identifiers. The XML code Listings 1.3 and 1.4 show
exemplary model of graph.
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2.3 Object-Oriented Approach

Currently, the only official standard in regard to object-oriented databases is
Object Model ODMG 3.0 [3]. Although there is no approved and popular imple-
mentation of this metamodel, which would fulfill all of its requirements in terms
of this standard, it still is the reference document for this type of database
metamodels.

Using the Object Model gives possibility to model relationships with the fol-
lowing multiplicities: one-to-one, one-to-many, many-to-many. In the terms of
autoreferential relationships it is a huge step forward. Beyond the simple hierar-
chical relationships, it is possible to build typical relationships, which represent
directed graphs with no cardinality constrains, which are enforced by tree-like
structures. The implementation of relationship is in the responsibility of the
database designer: it can be modeled by reference to one object and collection
of references to objects (Listing 1.5) or two collections of references to objects
(Listing 1.6).

Listing 1.5. ODL for one-to-many  Listing 1.6. ODL for many-to-many

autoreference autoreference

class Node { class Node {
attribute double value; attribute double value;
attribute string label; attribute string label;
relationship Node parent relationship set<Node> from
inverse Node::children; inverse Node::to;
relationship set<Node> children relationship set<Node> to
inverse Node::parent; inverse Node::from;

} }

The extensional part of database modeled within the structure of node have
been shown in the Fig. 3. On the left side of the figure is the object diagram for
the structure from the Listing 1.5 and the diagram on the right side stands for
the many-to-many relationship (Listing 1.6) respectively.

from ——— ) to
N1:Node

from | label ="N1" | from

value = 1.0 T
child to to to from

Nz:Node | [ Naoge | | NaiNode N2:Node N3:Node
child - - to from
label = "N4" label = "N2" label = "N3" label = "N4" label ="N2" [ |label = "Ng"
value = 4.0 parent value = 2.0 ‘ value = 3.0 ‘ value = 4.0 from | value = 2.0 value = 3.0
to

Fig. 3. UML® object diagrams representing sample object-oriented data

3 Proposed Solution of Autoreferential Relationships
Modeling in AODB

The following section shows the main paper’s contribution, namely describes
semantic capability of autoreferential relationship in AODB. The metamodel
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has been briefly described in the first part of this section. AODB allows to build
connections with two relationships (associations) using single role. In the case,
when both the destination of role and its source is the same association, one can
call it autoreferential relationship. Due to this feature of the metamodel (combin-
ing associations with each other) the notion of autoreference differs from other
database metamodels, where recursivity was observed on the level of modeled
entity category (relation, object, XML node, etc.), not the relationship level.

The important thing is that according to the key postulate of the meta-
model, which is separation between data and relationships, modeled entities (in
example used in this paper: nodes) are divided into two parts, representing their
specific aspects: data storage and connecting with other entities. The two parts
of node are associated by the bicompositional role with one-to-one multiplicity.
This design pattern is crucial in terms of modeling functionally complex enti-
ties (storing data with attributes and being in relationships with other model
categories).

In the presented models, autoreferential role Edge represents relationships
between the nodes. There are presented the cases of graph structure config-
uration taking into consideration such AODB role features as: multiplicities,
uniqueness, compositionality and navigability. The study also contains AODB
extensional diagrams which represent data described within modeled structures.
In sake of simplification, the extensional diagrams show only the relationship
part of database, i.e. association objects and corresponding role objects.

3.1 Brief Description of AODB

AODB Metamodel Primitives. The mentioned below belong to the main
primitives of AODB: intensional primitives: database (Db), association (Assoc),
collection (Coll), role (Role), attribute (Attr), and extensional primitives: asso-
ciation object (AssocObj), object (Obj), role object (RoleOby).

Database contains two lists: the list of collections and associations respec-
tively. Intensionally, association contains roles, which it owns, and extensionally
association is the set of association objects. Additionally, it may also contain ref-
erence to the collection, which describes it, allowing to supplement relationship
with data. Intensionally the collection is the set of attributes, and extension-
ally it is the set of objects. Moreover, both the collection and the association
have name, information about abstractness, navigability and inheritance. Role
contains name, information about virtuality, inheritability, navigability, direc-
tionality, multiplicity and compositionality (the mechanism of lifetime depen-
dency), uniqueness, describing collection and the type of element, which it can
link on the side of role destination. On the side of role source, it is anchored to
association, which is its owner. The attribute contains name, information about
virtuality, inheritability, cardinality, type of elements and default value. Object
is built of values, moreover it contains automatically assigned, unique and time-
invariant identifier. Association object contains a set of role objects and reference
to object, which it describes as well as an unique identifier. Role object contains
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set of references to the extensional elements of database (objects or association
objects) and reference to describing object.

Association-Oriented Modeling Language. This section addresses the most
important aspects of grammar and semantics of selected part of Association-
Modeling Language (AML). It is a graphical language used to design database
schemata in AODB [7,9,11]. The graphical representation has been provided
in Fig.4. The following description maps graphical symbols to the presented
AODB primitives: (1) Association corresponds to a semantic category (Assoc).
(2) Collection corresponds to a semantic category (Coll). (3) Role corresponds
to a semantic category (Role). The graphical form in AML depends on navi-
gability, directionality and composability. (4) Role Ownership, (5) Navigability,
(6) Composition, (7) Multiplicity, (8) Uniqueness are parts of the graphical form
of a role (Role). (9) Attribute is a part of the graphical form o a collection (Coll).
Attribute (Attr) has a name, scope of visibility, quantity, type and default value.
(10) Attribute Type is a part of the graphical form of an attribute (Attr).

[2]

C

+ attrl : unicode(32) E +R1
+_attr2 : double 1
o]

Fig. 4. Sample database schema diagram in AODB

3.2 Multiplicities of Recursive Relationships

The association-oriented modeling allows the designer to accomplish very com-
plex definition of relationships, i.e. in terms of full latitude of their arity and
multiplicity. The role multiplicity in AODB can be defined both on the side
of the relationship and the related element. This has also its application when
autoreferential relationships are designed.

The application of the multiplicity many on both sides of the role shown
in Fig.5 makes it possible to construct graphs without degree restrictions. The
sample database relationship graph built on this structure has been shown on
the right side of the figure.

The application of the multiplicity one on the side of role owner and many
on the side of role destination helps to force a structural dependency for the
number of elements, which corresponds to the terms of multiplicity. It gives
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Node

+ label : unicode(32)
+ value : double

+ Node

Node

+| Edge

Fig. 5. AML intensional (left) and extensional (right) diagrams of model with autoref-
erential role with many-to-many multiplicity

+ Edge

Node

+ label : unicode(32)
+ value : double

cycle to root

:Edge

Fig. 6. AML intensional (up) and extensional (down) diagrams of model with autoref-
erential role with one-to-many multiplicity

the possibility to design tree-like hierarchies. However, one has to notice, that
this solution cannot disable cycles in the structure model level, thus controlling
whether the model will actually store a tree has to be performed by the system
logic. The Fig. 6 shows a AML diagram of the sample one-to-many structure and
two hypergraphs described within it. The left one does not have any cycles and
in regard to given structural multiplicity constraints represents a tree structure.
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The hypergraph on the right side presents situation, where association object
2:Node forms a cycle with “root” node, therefore breaking the tree constraint.

The freedom in the multiplicity modeling within recursivity can be achieved
within object-oriented databases and since Association-Oriented Metamodel
constitutes a development of object-oriented approach, this is possible in AODB,
too. However, one shall notice the difference, that implementation of recursive
relationship in OM ODMG 3.0 and UM ® requires one relationship consisting
of two roles connecting one class, and in AODB the recursivity can be achieved
with only one role within one relationship. The RDB database metamodel does
not support direct many-to-many relationships on structural level.

3.3 Autoreferences with Composition

AODB provides with possibility to model autoreferential structures which are
lifetime dependent, by the use of the feature of role, namely composition. The
lifetime dependency relationship relies on the fact, that when lifetime-binding
element is deleted from database, all element bound by it are also deleted. The
left part of the Fig.7 shows a model of graph in AODB metamodel, in which
composition has been applied on the side of the role owner.

It means, that when the Node association object becomes deleted, all con-
nected to it Node association objects will be deleted as shown on the right side
of Fig. 7 (marked gray). Likewise, if the composition is applied on the side of
role destination as shown in Fig.8, the lifetime dependency mechanism acts
analogously, but in opposite direction. In AODB metamodel one can also model
bicomposition, i.e. when the composition is applied on both sides of the role.
Application of this type of role in autoreferential structure representing a graph
would force deletion of the whole connected subgraph, in which deleted element
appears.

Node

+ label : unicode(32)
+ value : double

:Edge

Fig.7. AML intensional and extensional diagrams of model with autoreferential role
with composition in its owner
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Node

+ label : unicode(32)
+ value : double

Fig. 8. AML intensional and extensional diagrams of model with autoreferential role
with composition in its destination

Composition is AODB primitive unlike any other well-known database meta-
models. One shall consider that the concept of strong aggregation (also known
as composition) exists in UML®, however the standard of object-oriented data-
bases does not apply any lifetime dependency customization of the relationship.

3.4 Autoreferences with Uninavigability and Uniqueness

The relationships in AODB might be also filled with information regarding
uniqueness and navigability as shown in the Fig. 9. Setting the uniqueness value
of the Edge role to 1 ensures, that the model of autoreferential structure cannot
store multigraphs, that is such graphs, in which exists more than one relation-
ship between two exactly the same nodes. It is worth to notice, that with AODB
it is easily to model k-constrained multigraphs by setting the uniqueness value
of this role to k. In the effect the graph will have maximum k direct connections
with each pair of connected association objects representing nodes.

Uniqueness is AODB primitive. Beyond this metamodel, only RDB supports
of modeling uniqueness within relationships. One can notice, that relationships
in RDB are modeled using attributes, primary and foreign key mechanisms and
referential integrity constraints. Since attributes may be unique, thus relation-
ships can as well.

The other feature of roles in AODB is their navigability, i.e. physical ability
to perform direct traversal from one node to the other. The uninavigability is the
property of relationship and occurs, when given element contains direct reference
to other element (or to itself), while the direct reference in opposite direction is
absent. By the term direct reference, authors understand the information which
unambiguously points to the specific element. Modeling uninavigable structures
makes possible to save disk space, if the fraction of reality provides with infor-
mation, that the database search within this relationship will be unidirectional.
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Node
+ label : unicode(32) Node
+ value : double + label : unicode(32)
+ value : double
|-
K o=
= 3
+| = =
=
* * * -
Node
+|{1} Edge +| Edge Node

Fig. 9. AML intensional diagrams of models with autoreferential role with uniqueness
(left) and uninavigability (right)

It is substantial, when Big Data applications are concerned, as each reference
which is physically stored provides the storage overhead. Obviously, a conse-
quence of the aforementioned is the fact, that searching the database against
the direction of uninavigable relationship will be vastly less efficient, as the find-
ing of related elements will require searching the whole collection or association.
In the case of modeling autoreferential structures, which are directed graphs, if
one can unambiguously designate this direction, application of uninavigability
will be beneficial for the modeled structure.

4 Comparison of Modeling Features

During analysis of the database metamodels in terms of recursive relationships
it was assumed that the main criterion of their evaluation will be their semantic
capacity. By the term of semantic capacity, authors understand the richness of
semantic features that can be used to enrich the model with additional infor-
mation regarding relationship, i.e. multiplicity, uniqueness, ability to constrain
multiplicity on the relationship side, lifetime dependency, navigability.
Comparison of selected modeling features has been presented in Table 1.
Except for RDB, the multiplicity of recursive relationships seems not being prob-
lematic, but due to high importance of RDB in database world it still needs to
be taken into account. Lack of direct many-to-many multiplicity is large draw-
back of this metamodel, which has been discussed before and shown in Fig. 2.
The navigability is the very important concept in terms of trade-off between
performance and data storage. Each binavigable relationship requires to store
twice more information than uninavigable, thus defining navigability should be
intentional. Only AODB is aware of this issue, what has been presented in Fig. 9.
Binavigability in OM has been implemented as obligatory definition of traversal
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Table 1. Comparison of analyzed modeling features in discussed metamodels

Multiplicity Lifetime Navigability Uniqueness | Constraining multiplicity
dependency on the relationship side
RDB Omne-to-one, No Always Yes No
one-to-many uninavigable
XML Any No Dependent on Yes No
implementation
oM Any No Always No No
binavigable
AODB | Any Yes, on both sides | Uninavigable or Yes Yes
of the relationship | binavigable

paths, that enable applications to use the logical connections between the objects
participating in relationships. The RDB metamodel has the possibility to define
uniqueness both in the relational algebra and in the specific implemented tools,
such as SQL language. XML metamodel features several mechanisms to handle
uniqueness, e.g. xsd:IDREFS datatype or xs:unique element. OM ODMG 3.0
does not support this feature. The metamodels RDB, XML, OM does not define
any mechanisms in respect to lifetime dependency. In practice, they are imple-
mented within the database management systems. In contrast to conventional
database metamodels, AODB is also supplied with the possibility to constrain
multiplicity on both sides of relationships, i.e. binding element and bound ele-
ment side. In case of XML and RDB it is hard to consider data bounds as a
“relationship” category, thus such constraints do not exist. In OM ODMG 3.0
the relationship is a separate category, but considered constraints are not pro-
vided.

5 Summary

In the paper the autoreferential relationship database design pattern has been
considered. It has been presented in a number of metamodels with special con-
sideration of novel database system named AODB. The pattern has been mod-
eled with strong focus on structural constraints entailed by selection of specific
database metamodel. It means, that all presented models contain physical (not
conceptual) reference to the element with the same structure. The possibility of
database structure modeling, and consequently data storage capability without
loss of semantics, differ depending on the selected metamodel. It can be noticed
in the example of such simple design pattern, as is autoreferential relationship.
The greater is the expressiveness of metamodel, the bigger is the information
capacity for physical implementation of considered design pattern.

Due to separation of data and relationships in AODB, mapping this con-
struction to AODB does not create the direct recursive relationships, but regular
association with two roles, which are fulfilled by the same collection. With the
possibility of combining relationships with each other, the special case is to com-
bine the association with itself using single role. Then, the same association is
both owner and destination of this role. Therefore, autoreferences in AODB are
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not typical, they are cascade relationships of the same type. It is very significant
difference which has to be taken into account at the foundation of association
modeling, where the entities are primarily considered in terms of its relationships
and afterwards what data they can store.

This paper elaborates upon very simple and elementary design pattern,
namely autoreferential relationship. One can say, that this structure is rudimen-
tary, but the above considerations show, that even such simple structure can be
subject of many customizations over the design process. Furthermore, existing
database metamodels cannot efficiently handle the following: physical navigabil-
ity along with multiplicity, uniqueness and lifetime dependency. The great power
of expression is very important in modeling complex knowledge-based systems
such as [6] or implementing storage for systems operating on very large col-
lections of data. Authors see great potential in AODB Metamodel in terms of
freedom in modeling autoreferential structures, as well as the more complex ones.
Moreover, it seems obvious that attempt to map association-oriented schemata
to other metamodels risks of the semantics loss, which is inconvenient with any
approach to semantic modeling [13].

Future work regarding autoreferential structures in AODB will cover the
analysis of query patterns to this structures in Association-Oriented Query Lan-
guage (AQL) in terms of their complexity, performance and expressiveness in
case of recursive queries.
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Abstract. The article presents the dynamical objects identification technology
based on statistical models of amplitude-phase images (APIm) — multidimen-
sional data arrays (semantic models) and statistical correlation analysis methods
using the generalized discrete Hilbert transforms (DHT) — 2D Hilbert (Foucault)
isotropic (HTI), anisotropic (HTA) and total transforms — AP-analysis (APA) to
calculate the APIm. The identified objects are modeled with 3D airplanes
templates rotated in space around the center of Cartesian coordinate system.
The DHT domain system of coordinates displaying the plane projections (2D
flat images) remains to be space-invariant. That causes the anisotropic properties
of APIm and makes possible the tested objects effective matching to rotated
templates and identification of shapes at DHT domains. As additional method
for objects matching accuracy increasing the difference (residual) relative shifted
phase (DRSP-) images templates are proposed. The hierarchical system for
identification is based on correlation analysis and decision making on semantic
models — sets of AP-histograms (adjacency arrays), DRSP-images, APIm with
specified angles shifts.

Keywords: Generalized Hilbert transforms - Amplitude-phase images
Dynamic object identification

1 Introduction

The complex scenes analysis [1, 2] usually includes the methods to the moving objects
images modeling and recognition. Objects move on scenes’ background consists of other
objects and textures and have the complex trajectories. Due this the shapes of dynamical
objects displayed with imagery systems as flat 2-D time-spatial images are changed
drastically. Application the theory of generalized analytical signals [3] to such methodic
elaboration is recently very prospective and more often used approach to imaging systems
analysis and modeling. This approach is based on discrete Hilbert transform and
hyper-complex signals and generalized Fourier spectra theory [3, 4] for multidimensional
images representation [4—6]. The fundaments of information technologies (IT) elaborated
within this approach are methods of amplitude-phase analysis (APA) multidimensional
data arrays — AP-images of DHT spectra, Foucault (DH(Fc)T) and others hybrid
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transforms [6—8]. Hybridization of 2-D images APA methods based on generalized
(hyper-complex — quaternion - QHT, octonions - OHT) Hilbert transform increases the
discrimination abilities of shape-distorted objects’ images identification [6, 7]. However
introduction to IT additional more complicated transformations increases the apparatuses
and computing time demands (“identification costs”). In case of very large size library of
templates to be compare with tested objects the identification IT effectiveness is
decreasing. This demands the effective minimization of identification costs. The main
goal of article presented is the describing of methods and structures of IT based on
statistical models of multidimensional APA-data images may be used for dynamical
objects localization and identification. The article is further developing of previous
authors’ results in practical IT tasks modeling [8—11]. The DHT-transforms, AP-images,
2-D histograms of amplitude and phase are synthesized and specified at controlled
movement (flat shift translation and rotation) conditions as matrix models of flying
objects. Correlative analysis of these matrixes (statistic models space) leads to clustering
the groups of AP-objects with close shape and structure properties accumulation identi-
fying objects as instances - members of particular class. After detecting “potentially
suspected objects” on 2-D histogram templates level and gathering its close to tested
object the changing of identification level (to AP-image) is occurring. The dimension of
characteristic features space (number of templates to compare) after level changing to
catalogue of AP-images (structural models space) is reduced significantly. The hierar-
chical structure of IIT and growth of object - template matching accuracy due the using of
AP- (DRSP-) images as templates permits to obtain the reducing costs of identification.

2 Structure and Functions of AP-Images
Identification IT (IIT)

Conceptual chart of APA-methodic based IIT to dynamical objects identification is
presented at Fig. 1. IIT structure consists of such modules: synthesis of 3-D objects —
spatial models as “source” templates to be identified and design, using its as input
initial points, local data base (LDB) as a set of semantics {Class — Object — Image};
synthesis of 2-D images — spatial-time objects in process of moving, and design of
LDB based on semantics {Object — Image — DataArray_AP}; synthesis of statistical
models as matrix-histograms (adjacency arrays) of AP-image sets {hist2(A, P1); hist2
(A, P2); hist2(P1, P2)}; design of template library of models synthesized. Second part
of IIT is the module to APA — analysis and identification of tested objects images.
Analysis is provided on base of AP-image description correlative models (secondary
semantics derivative on image, data array and statistical models levels).

Structure of taxonomy of semantics of templates objects is presented on Fig. 2. As
root of semantic tree (layer O_R) there are models of objects — sets of graphics files of
rendered image of 3-D objects at initial (physical) space (O_PS) generated and controlled
by graphical animation programming environment rotated at 3-dimensions space. Next
layers — levels of description are organized on basis of sets of files 2-D gray (O_GR),
binary (black - white) (O_BW), amplitude-phase (O_AP) images. The leafs of taxonomy
tree are sets of 2-D matrix-histograms {hist2(A, Pl); hist2(A, P2); hist2(PI1, P2)}.
Semantics are presented as 3-D arrays of graphical files corresponding to levels of
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Information Technology to identification of dy-
namical objects in amplitude-phase (AP-) models
space

Design of LDB models objects Realizing of tested 3-
temolates D objects identification

{} procedures
3-D objects synthesis — design of { }

time-spatial models LDB Imaging, measuring.

| | {} nor_malization of 3-D
Synthesis of 2-D image models — object tested images
design of LDB { }
| | | | {} Construction — form-

AP-analysis of images — design of ing of initial sema.ntics
LDB DH(Fc)T-images of tested 3-D objects
AP-data array descriptive analysis 2D image of tested
- design of LDB statistical models obiects acquisition
2-D image LDB of models of library AP-analizie of 2-D
design images
Synthesis of correlative models in Statistical descriptive
AP- image semantic space analvsis 2-D images

~ = ~ =

Correlative analysis 2-D image of tested objects — forming of
secondary semantics

~ =

Identification decisions - dynamical objects
classification and space-time localization

Fig. 1. Conceptual chart of IT to dynamical objects identification based on AP-images
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< Taxonomy of AP-model dynamical objects semantics >

Source semantics of 3-D models classes {O_PS(k; ¢; y; 8)|k = 1..K — number of class}

.

.

Source semantics of 3-D models objects {O_PS-k(p;; v;; 0))|(i,j.]) — indexes of objects}

.

Intermedial semantics of 2-D model objects {O_GR-k(p;; w;; 0)|(i.j,0)}

.

Intermedial semantics of 2-D model objects {O_BW-k(TR; ¢;; y;; 0))|TR — threshold }

.

Intermedial semantics of 2-D AP-images{O_AP-k(TP; ¢;; y;; 6))|TP =GR; BW }

~~ | |

Intermedial semantics of 2-D AP-histograms {/ist2(O_AP-k)|O_AP-k(BW; ¢;; w;;0)}

| | N2

Intermedial semantics of 2-D AP-histograms {/ist2(O_AP-k)|O_AP-k(GR; ¢:;y;;0)}

N

Secondary semantics — correlative models{corr2(hist2(O_AP-k)|O_AP-k(BW): k))}

| | N7

Secondary semantics — correlative models{corr2(hist2(O_AP-k)|O_AP-k(GR): k))}

N2 ~~

Secondary semantics — correlative models {corr2(O_AP-k)|O_AP-k(BW(GR)): k))}

< Decision spaces (map) — APA-identified dynamical object>

Fig. 2. Structure of semantic models taxonomy of objects identified at AP-analysis
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objects’ description. During the identification - decision making (classification) process
(DMP) over the sets of tested objects is moving at back-propagation direction “his-
tograms {AP-hist} — AP-images {O_AP} — 2-D images {O_BW} — 2-D images
{O_GR}” viaestimation and choice the maximum correlated objects at each level (step of
DMP) as potentially members of the same class. As example of the identification

Information technology to identification of dynamical objects
at space of residual AP- (DRSP-) images

- =

Synthesis and modeling of time-spatial dynamics of 3-D objects, acquisition of 2-D images

— positioning (translation and rotation at physical space), transformations DHT, DFcT

~~ ~~ ~~

Computing of DHI 2-D  |— Computing of DHA :> Computing of 2-D
image not rotated 2-D image not rotated AP image not rotated
Computing of DHI 2-D | Computing of DHA 2- :> Computing of 2-D

image rotated D image rotated > AP image rotated
Computing of differ- Computing of differ- Computing of differ-

ence DHI 2-D images ence DHA 2-D images ence 2-D AP images
Computing of signa- Computing of signa- Computing of signa-
tures of DHI DRSP tures of DHA DRSP tures of 2-D AP DRSP

Statistical descriptive analysis of residual images and signatures
Analysis and identification of correlative models of residual AP-images and signatures

<_ = ~__

Decision spaces (map) — identified objects on basis of statisti-

cal and correlative DRSP-models

Fig. 3. Conceptual chart of information technology to dynamical objects identification based on
method of AP-analysis and modeling of residual AP-images
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methods described above Fig. 3 presents the conceptual chart of IIT based on
AP-analysis i modeling at the space of residual phase (DRPS) images. Diagram contains
modules of synthesis and rotations 3-D-images (on orthogonal planes (xOy) — ¢, (x0z) — 0,
(y0z) — ), acquisition of 2-D images — projections, computing of AP-images sets,
residual phase images APy | @, W, ) = @(x, y| @, ¥, 0) = P(x, y| @ + A, Y + A,
0 + 40), statistical descriptive and correlative analysis.

3 Examples of Models of Dynamical Objects AP-Images

Modeling of AP-images as illustration of designed IIT functionality has been provided
on basis of designed LDB of 3-D airplane models (format GR with specified objects
parameters of illumination, ranges of angles rotation ¢, i, 6 and steps of relative angle
shift at DRPS-images A, Ay, Af). Figure 4a, d presents the examples of initial flat
rotated airplanes (O_PS, ¢ = 0°% 16°; 32°; 48°).

Figure 4b, e presents phase images of these objects, Fig. 4c, f — residual phase
DRPS-images corresponding to relative shifts of AP-images A¢ = 5°. Figure 5 presents

a) b)
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500/ B0 BN 2386 t0 239
2358 10 2386 m 2386 10 2312

Fig. 5. Examples of CoC histograms: AP-images: 2325 — (a), 2368 — (c), 2386 — (d);
DRPS-images: 2325, Ap = 8° — (b).
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Fig. 6. Cross- and auto-correlation matrices of rotated DRPS-images: cross-correlation
(¢ = (0..90)°, Ap = 1°) — (a); cross-correlation (¢ = (0..90)°, Ap = 8°) — (b); auto-correlation
(¢ = (0..90)°, Ap = 1°) — (c); auto-correlation (¢ = (0..90)°, Ap = 8°) — (d); peak factor of
correlation matrices (e), coefficient of variance of correlation (f) — as functions of normalized
angle shift ¢, = @/8° value

the histograms of coefficients of auto- and cross-correlation phase images (AP-) — (a)
and residual phase angle relative shifted images (DRPS-) — (b).

Figure 6 presents matrices of DRPS-images auto- and cross-correlation:
cross-correlations of different objects images — (a), (b), auto-correlations of the same
object images — (c), (d). Analysis of experimental data — (e), (f) shows the advantages
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of DRPS-phase image correlation — growth of correlation pick-factor leads to
increasing of discrimination abilities of identification methods and effectiveness of IT.

4 Summary

Semantic analysis and modeling of dynamical objects with various shape and localiza-
tion based on generalized Hilbert—Foucault transforms (DHO) and calculating of con-
vergence and adjacency measures improve the discrimination abilities of identification IT
and systems its realizing. Evaluations of correlation models of APIm pointed the sig-
nificant arising of matrix peak-factor corresponding to class and localization. This fact
proves the perspectives of both side reducing — time and cost of shape identification and
decreasing of tested objects localization (matching) errors. These facts point optimal
solution — hierarchical rotated-invariant fast identification and minimization of number of
angle-correlation channels at parallel (or hierarchical) classificators.
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Abstract. The article presents the abnormal textures identification technology
based on structural and statistical models of amplitude-phase images (APIm) —
multidimensional data arrays (semantic models) and statistical correlation
analysis methods using the generalized discrete Hilbert transforms (DHT) — 2D
Hilbert (Foucault) isotropic (HTI), anisotropic (HTA) and total transforms —
AP-analysis (APA) to calculate the APIm. The identified fragments of textures
are obtained as examples of experimental observation of real mammograms
contains areas of pathological tissues. The DHT based information technology
as conceptual chart description is discussed and illustrated with DHO domain
images. As additional method for anomaly of tissue detecting the multiply
cascade DHT is proposed and elaborated at base transforms domains. The
enhancement of abnormal texture areas at mammograms processed could
increase the abilities of identification methodic and diagnostic systems.

Keywords: Generalized Hilbert transforms - Amplitude-phase images
Abnormal textures identification

1 Introduction

The systems and technologies of digital image processing and recognition of images
and textures in complex scenes [1-3] recently are more often based on digital Hilbert
optics (DHO) methods used to analyze the amplitude and phase distributions of mul-
tidimensional data fields, identify complex shape objects, detect and localize the
abnormalities of the fields backgrounds and to create the scenes structural descriptions
on this basis. The development of generalized multi-dimensional (hyper-complex)
analytical signals - QHT and OHT (Hilbert’s quaternion and octonions processing)
theory [4, 5] opens the prospect of developing and large-scale applying of DHO
information technologies (IT) methods in automated imaging and treatment including
identification of images in dynamic scene analysis, image diagnosis, microscopy,
remote detection and others [7-12]. As one of the important areas of application should
be an analysis of biological tissue in describing X-rays images, especially — mam-
mographic (MMG). The basic activities in these issues are spatial-temporal analysis,
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detection and identification of local anomalies in tissue textures, evaluation of
dynamics of their development and degree of pathology risk. The use of tomographic
synthesis for this purpose enhances the quality and effectiveness of diagnosis but is
associated with an increasing in the level of radiation and costs of diagnosis [7-10].
Thus, current actually is the issue to deepening the analysis of traditional X-rays images
by using additional digital filtering procedures — detection, modeling and identification
of anomalous image fragments, which contains texture fields with eventual additions of
different shapes objects (fragments of other textures). As texture models descriptions of
elements of textures (TE), stochastic fields, fractals, amplitude-frequency spectrums
(transformation), amplitude-phase models are used [1-3].

The purpose of the article is presentation of the possibility of using DHO methods
in issues of diagnostic signs of mammography images visualization and the description
of the structure and fundamental function of information technology which implements
these issues. Amplitude-phase analysis (APA) of images are based on the evaluation of
structural decomposition (space-time) of generalized amplitude fields and optical
density phases of adaptive normalized images processed with Hilbert (Foucault)
multidimensional transformations and their extensions [13—15]. The identification of
fragments of anomalous textures is carried out in a multilayered decision space
structure at 2-D levels of Hilbert’s (Foucault’s) transformed images, AP-images, 2-D
histograms of initial images and transformations.

2 Structure and Functions of AP-Images Identification
Technology

IT conceptual chart is presented on Fig. 1. Methodic consists of module 1 — set of
fragmentation and segmentation procedures under diagnostic strategy control. The
initial frames — MMG are fragmented with various sizes and orders of scanning. Also
adaptive normalization is used to preserve the high level contrast and film (illumina-
tion) sensitivity invariance of optical density over whole frame area. In such kind
normalized images (integral — whole non-fragmented frame or map of fragments) are
transformed with DHT (DFcT) fast algorithms and presented as files of DHT trans-
forms (isotropic DHI, anisotropic HTA) and amplitude-phase (AP-) images A(m, n) and
@(m, n) (2-D AP-images) (modulo 2). Transforms are analyzed visually by experts
(physician — radiologist etc.). In parallel the local data base (LDB) is designed. LDB
contains the images of normal tissues and abnormal pathological tissues. The source
(initial) images are segmented (modulo 3) under correlation analysis and decision
making processes control. As result of this analysis the map of decision is designed
which overlaps the initial image, boundaries of abnormal segments and images frag-
ments with pathologies.

Texture image semantic models taxonomy is presented on Fig. 2 as conceptual
chart. As initial (source) the structures contain whole and fragments MMG image are
used. The sizes of image could be adapter accordingly to semantics of images. Also the
formats of image files could be changed in accordance to data export-import imaging
hardware applications standards demands. Medium semantics are formed as result of
data processing — computing of HTI, HTA, DFcT, QHT, OHT, AP-analysis etc.
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<Information technology to texture AP-images identiﬁcatD

Initial (source) LDB design: input image fragmentation: measuring scale choice; auto-

normalization; histograms of optical density equalization

~ =

Image processing: Hilbert (DHT) 2-D isotropic; anisotropic; Foucault (DFcT); 2-D analytic
sygnals’ amplitude and phase; generalized DH-FcT — LDB design

~_~ ~_~

Descriptive analysis of transformed image fragments: moments’ spectra; local histogram; his-

tograms of fragments’ coefficients of correlation — LDB design

| ~ = [ ]

Segmentation of images based on AP-images fragments correlations models

| | = = HEE

Identification of textures abnormalities: - maps of decision

~ =

Detection of small- size objects on abnormal textures background: maps of decisions

VAV AV

Set of LDB — space of texture semantics models

Fig. 1. Conceptual chart of methodic AP-analysis, modeling and identification of textures

Semantics are combined at LDB containing the frames — structures of graphical and
textual descriptive files. The secondary (finish) semantics combine the results of
analysis and correlative modeling with estimations of correlation coefficients of
transform domain image fragments. Also these semantics contain maps of decisions
and locations (labeling of fragments, objects, artifacts, abnormalities etc.), sets of
statistical parameters etc.
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< Taxonomy of semantic DHO —models of texture >

Semantics initial (source) — sets of initial MMG images — LDB

- =

Semantics initial (source) — sets of MMG fragmented images files— LDB

[ T ~~ [ [l [|l9pqg>

Semantics medium 2-D transforms isotropic cascade DHT (HTI) MMG images

[ T ~~ I [l [l [

Semantics medium 2-D transforms anisotropic cascade DHT (HTA) MMG images

1| <~ <> ~~ 11 [l [l []

Semantics medium 2-D transforms 2-D transforms DFcT (..-I; ..-A) cascade MMG images

|| ~~ ~~=1[[1] []

Semantics medium 2-D DFcT (..-I; ..-A) AP-images full and fragmented MMG

| ~~ ~~1[ [

Semantics secondary of texture correlative models — maps of segmentation decisions — LDB

=~ [ =~ |

Semantics secondary of objects correlative models — maps of localization decisions — LDB

< Set of LDB — space of texture-object semantic models MMG>

Fig. 2. Texture image semantic models taxonomy — conceptual chart

a) b) <)

Fig. 3. Examples of MMG images with pathologies used for experiments with DHO IIT:
(a) — 2977, (b) — 2943, (c) — 3002
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3 Examples of DHO Identification Technology Applications
at MMG Images Processing

Examples of source images (initial semantics) are presented at Fig. 3(a)-(c) as MMG
images with pathologies. Figure 4 contains the results of processing based on DHO
technology — transform HTI - (a), HTA — (b), FcTA — (c), FcTI — (d). Presented

c) d)

Fig. 4. Examples DHT (DFcT-) transforms MMG-image (3002: (a) — hta_rgb; (b) — hti_rgb;
(c) — fukoa_rgb; (d) — fukoi_rgb)
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< Multiply (cascade) n-DHT (DFcT) >

Calculation of DTH (DFcT) transforms

N ZAS

Normalization (absolute walue) DTH (DFcT) transforms

< m-fold n-D DHT (DFcT) transform

Fig. 5. Conceptual chart of double cascade 2-D DHT (DFcT)

transforms’ images are used as data arrays to amplitude-phase image synthesize With
technics of QHT. Application of iteration procedures — cascade 2-D Hilbert (Foucault)
transforms leads to growth of local contrasts and gains characteristic features of
abnormalities. This method increase the discrimination abilities of identification tech-
nology. Conceptual chart of cascade transform technology is presented on Fig. 5.
Examples of textures images processed with cascade DHT method is presented on
Fig. 6 (double 2-D transforms hti_hti, hta_hta, fukoa_fukoa, fukoi_fukoi).

4 Summary

The use of the amplitude-phase analysis method of mammography images based on
2-D isotropic and anisotropic Hilbert’s (Foucault’s) processing allows to increase the
capabilities of discriminatory diagnostic procedures. This is related to the elevation of
local contrasts of images as a result of processing (DHO filtration methods), rein-
forcement of characteristics features of amplitude and phase images - edges, vertices in
shapes and line crossings, extreme points of sharp optical density changes, etc., dis-
tortions of phase structures - spatial-time changes, structures of texture field elements.
These factors appear as markers of anomaly and supports the work of diagnostics. As a
part of the experimental research, it have been identified the possibility of using the
Hilbert’s (Foucault’s) double cascade processing method to treatment of image. That
helps to enhance the AP-images and improve localization of pathologies.
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a) hti hti b) hta hta

¢) fukoa fukoa d) fukoi_fukoi

Fig. 6. Examples of 2-fold DHT (DFcT) transforms: (a) hti_hti; (b) hta_hta (c) fukoa_fukoa;
(d) fukoi_fukoi
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Abstract. Decision making in fault diagnosis is a critical factor in industrial
production maintenance. Artificial intelligence (Al) techniques are widely used
to accurately identify faults in induction motors. Multi-agent systems (MAS) as
a distributed AI method are efficient in representing intelligent manufacturing
systems to achieve decision robustness. In this paper, an intelligent MAS is
developed for the decision making in fault diagnosis of three-phase squirrel cage
induction motor rotor bars. Agents in the proposed MAS represent induction
motor in different health conditions, i.e. healthy motor and motor with 1, 2 and 3
broken bars and also a supervisor agent. Each agent is embedded with an
artificial neural network and trained with measurement data taken from a motor
in the corresponding health condition. Measurement data are obtained with the
classical motor current signature analysis (MSCA) method. Each agent makes
local decision making and communicates its output to the supervisor agent that
makes the final fault diagnosis based on a threshold value.

Keywords: Multi-agent system * Induction motor * Fault diagnosis - Broken
bars

1 Introduction

Induction motors are of paramount importance in the industry sector as they consume
over 50% of the whole electric energy demand in most countries. Therefore mainte-
nance has become a critical industrial process and capacity. Machine failure results in
the production system being shut down, disruption or interruption in operations and
both services and profit losses. Induction motor faults have been mainly categorized as
electrical faults, mechanical faults and outer drive system faults [1, 2], whereas rotor
counterparts account for approximately 10% of the total induction motor failures [3].

Early fault detection is critical for optimal operation, therefore both cost and per-
formance issues have established the condition based preventive maintenance.
Accordingly, fault decision making follows fault detection, whereas maintenance
scheduling is done based on the decision output. Early fault detection methods in
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squirrel cage induction motor (SCIM) were first based on vibration or thermal moni-
toring e.g. [4] but their response were strongly conditioned by dynamic characteristics
and the mounting structure. Also, there were difficulties associated with the use and
positioning of the sensors. Later, the researchers focused on electrical quantities
monitoring, standing out the technique known as motor current signature analysis
(MCSA) (e.g. [5]) which is currently considered as a standard in preventive mainte-
nance and is the reference method for the diagnosis of medium-to-large machines in
industrial applications basically due to the advantages of just a clamp meter used as
sensor [6]. At the same time, many other techniques were developed and proposed in
the literature as alternative ways to diagnose the motor condition, such as wavelet
transformation and signal analysis, reconstruction of phase-space, Hilbert transform,
start-up transient analysis, finite element method analysis and other. Model-based fault
diagnosis includes methods lying mainly in the artificial intelligence (AI) area. Neural
networks [7], fuzzy logic [8], genetic algorithms as well as their combinations are only
some recent examples. The MCSA is based on the spectral analysis of measured motor
supply currents. Power spectra profiles are processed to derive motor faults, as har-
monics are induced resulting from faulty motor stator currents. Although MCSA as a
stand-alone technique is considered nowadays a reliable fault detection technique,
background noise in recorded data may introduce difficulties in the spectra interpre-
tation. Hence, a high level of expertise is required then to perform a reliable analysis.
Additionally, the accuracy of a spectrum is limited due to “energy” leakage effect along
with the fixed resolution used [9], and a nonlinear behavior of the machine with or
without faults can make this task more difficult [10]. Thus, the objective of an effective
condition monitoring system is to determine a procedure for extracting different fea-
tures from the current signal in order to discriminate among various machine condi-
tions, classifying faulty modes from normal modes. However, each problem solving
procedure has its own limitations, e.g. Al based techniques such as neural network
(NN) or neural-fuzzy techniques require either large data volumes or increased com-
putation times to obtain an optimal solution. Thus, there is no global “one size fits all”
solution for different fault types or different measurement methods.

Driven by global competition and manufacturing sustainability, fault tolerance is a
major requirement in distributed intelligent manufacturing systems (IMS), which
exhibit among others autonomous decision making, emergent behavior, adaptation,
cost effectiveness and high quality. In the distributed artificial intelligence (Al) field, an
agent is an autonomous software system, a problem solver, with local decision making,
capable of interacting with other agents using communication and cooperation in order
to solve a complex problem when it is beyond its own capability [11]. Multi-agent
systems (MAS) were initially deployed to address the features of IMS with a focus on
providing decision robustness with respect to disruptions and complex dynamic
environments (e.g. [12, 13]). A MAS is defined as a set of agents that interact to
achieve their individual goals, when they have not enough knowledge and/or skills to
achieve individually their objectives [13].

In this paper, a MAS is presented to make the fault diagnosis on SCIM rotor bar
health. The MAS uses neural networks to assess the rotor bar health status. Neural
networks are widely used in intelligent systems for motor fault diagnosis. They do not
involve derivation of complex mathematical models. They are good classifiers,
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especially when the training data set concerns experimental measurement data.
Experimental measurement data have been obtained from a healthy motor and from the
same motor with 1, 2 and 3 broken rotor bars. The MAS consists of a supervisor agent
and eight motor agents. The motor agents represent a healthy motor and motors with 1,
2 and 3 broken rotor bars trained with either the FANN or the k-NN classifier method.
The supervisor agent receives test data and sends it to the motor agents trained with the
FANN method. Each agent makes a fault diagnosis and informs the supervisor agent
with the result. The supervisor makes the final fault diagnosis based on a predefined
threshold, whereas in case of conflict it will request repetition of fault diagnosis from
motor agents trained with the k-NN classifier method. The MAS is implemented with
JADE (Java Agent Development Framework) [14].

2 Rotor Bar Faults

It is known that, high rating machines are manufactured with copper rotor bars whereas
lower rating ones are manufactured by die casting process. Thus, failures may result in
rotors due to several reasons. The most important are (a) dangerous stresses on the bars
because of large centrifugal forces caused by heavy end ring, (b) resulting thermal
stresses imposed during start-up while the rotor bar cannot move longitudinally in the
occupied slot and (c) possible non uniform metallurgical stresses into the cage
assembly during the brazing process in manufacturing. In any case, when one or more
rotor bars are damaged an unbalance rotor situation occurs. Even in case of a small
crack, a bar break may take place due the overheating of the surrounding area of the
crack. Consequently, the surrounding bars will carry higher currents and therefore they
are subjected to even larger thermal and mechanical stresses and they may also start to
break. In this rotor asymmetry condition, a resultant backward rotating field at slip
frequency appears with respect to the forward rotating rotor. This backward-rotating
field induces a voltage in the stator at the corresponding frequency and its related
current modifies the stator-current spectrum. Thus, the side-band frequencies which can
be considered as expected for fault indications are,

fon=H(1£2s) (1)

where f; is the stator currents fundamental frequency and s is the slip (difference from
synchronous speed divided by the latter) at which the motor operates under a certain
load.

However, another common relationship is usually used [5] for side-band fre-
quencies over the double fundamental frequency (2f;) which is,

1—s

o= Nlk
Ssn fl[(p

) 5] (2)

where p is the number of poles and k = 1, 2, ..m. It has been shown in [6] that for a
k/p ratio values of 3, 5, 7 the current harmonic amplitudes are quite important. In any
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case, the method employed should be able to predict with the highest possible accuracy
the relevant harmonics characteristics corresponding to a specific fault.

3 MAS

Modularity and abstraction, present in MAS, are necessary tools to solve complex,
real-life problems. Interaction is achieved with communication. Coordination,
co-operation and negotiation are important agent communication characteristics.
Coordination between agents in order to achieve system goals is necessary when agents
have different capabilities or when different agents work on the same goal in order to
complete their tasks more efficiently. Negotiation among cooperative agents is an
effective coordination technique for complex problem solving [14].

A MAS is hosted on a dedicated software platform and organized according to
predefined principles such as agent architecture, communication language, message
protocols. The most popular agent architectures are the reactive and belief desire
intention (BDI or deliberative) architectures. BDI agents exhibit human-like behavior.
Reactive agents act with a stimulus-response mechanism. Reactive agents acquire
intelligence as a result of their emergent behavior [14]. They do not have a model of the
environment, the global system behavior is a result of their interactions, thus, sim-
plicity, robustness and fault tolerance are their key properties. A main disadvantage of
the reactive agent architecture is that the prediction of global system behavior is not an
easy task, i.e. it is a trial-and-error exercise based on experimentation since individual
agents acquire local information only.

Manufacturing is a main application area of reactive agents. Literature reviews on
MAS in manufacturing have been given [11, 13]. The most important properties of an
agent for manufacturing systems are autonomy, intelligence, adaptation, and
co-operation [13], whereas intelligence can be increased through learning. Agents can
represent physical objects such as machines, parts or human operators, as well as
functions such as control, execution, maintenance and planning.

Among agent concepts deployed in industrial applications, knowledge sharing and
distributed learning are applied to industrial distributed diagnostics, whereas complex
problems and dynamic real-world environments have been efficiently modeled with
multi-agent simulation. Distributed problem using MAS solving seems appropriate for
complex problems, as such problems ideally need more computational power. Deci-
sions in MAS depend on individual agent local decision making as well as on nego-
tiation and coordination mechanisms between agents. Fault diagnosis methods in
induction motors have a limited classification capability depending on the data sources
or fault type.

When data sets are too large to be addressed by a centralized solution, e.g. when
multiple faults are present in SCIMs, distributed diagnostics with MAS can be effec-
tive. In [15] an intelligent MAS was developed to identify different types of faults in the
stator, rotor and bearings of a three-phase induction motor. Each agent was responsible
for different type of fault and trained with different classifier method. Real-time
industrial agent-based distributed diagnostic solutions for manufacturing have been
presented (e.g. [16, 17]).
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4 JADE

JADE is a widely used middleware for the development of FIPA compliant (Foun-
dation for Intelligent Physical Agents) agent frameworks. It provides the infrastructure
on top of which agent logic can be developed [14]. The main purpose of FIPA is to
provide interoperability between different agent platforms, thus JADE is compatible
with different agent platforms. JADE has been applied in manufacturing (e.g. [15, 18,
19]). JADE includes the Java classes required to develop agents and the containers, i.e.
the Java processes that support the run-time and the services which support agent
existence and execution. The JADE agent platform is the set of all active containers.
The main container provides the GADT (global agent descriptor table), which is the
registry of all agents present in the platform. It hosts two special agents, i.e. the Agent
Managements Service (AMS) and Directory Facilitator (DF). The AMS agent provides
access to the platform’s white pages and manages agents’ life cycle. Agents register
with AMS to get a valid agent identifier (AID). The DF agent provides a yellow page
service. Agents register their services to DF and search for other agents’ services in DF.
Agent communication is compliant with FIPA and based on asynchronous message
passing. The message structure format is compliant with the widely used FIPA-ACL
(asynchronous communication language) with predefined interaction protocols (IPs).

5 Description of the Proposed MAS Framework

The proposed MAS consists of a supervisor agent and eight motor agents, namely four
motor agents representing a healthy motor and motors with 1, 2 and 3 broken rotor
bars, trained with either a FANN or a k-NN classifier method. The MAS global goal is
to make a decision on the health status of a SCIM rotor bar. After the initialization of
the MAS on the JADE reactive agent platform, each motor agent is initially trained by
its corresponding classifier method with measurement data. Then, when the supervisor
agent receives test data it forwards it to the four motor agents trained by the FANN.
Agents interact using the FIPA request IP. The supervisor agent initiates a conversation
with each motor agent by sending the test data and requesting a decision on the type of
fault. Each agent replies with an agree communicative act. When an agent fulfills the
request it communicates an inform-result communicative act, to inform the supervisor
agent that the request has been fulfilled and notify the results. The supervisor makes the
final fault diagnosis based on a predefined threshold value. In case of conflict, e.g.
when two or more agents assess positively, the supervisor agent sends the input data to
the four motor agents trained with the k-NN method. If the conflict is still not resolved
the supervisor agent issues the results along with a message indicating conflict. The
case study architecture is shown in Fig. 1 while Table 1 shows the agents of the
presented MAS. Moreover, Fig. 2 depicts analytically the agent interaction diagram.
Experimental measurement data have been obtained from a healthy motor and from
the same motor with 1, 2 and 3 broken rotor bars. Figure 3(a) shows a generic view of
the squirrel type rotor used here (in healthy condition, mounted on its rotating shaft)
which has 17 copper bars. Vertical drilling of approximately 1 cm was performed
consecutively in order to “simulate” an actual rotor bar fault, starting with the healthy
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Fig. 1. The case study architecture.

Table 1. MAS agents and their respective goals

85

Agent

Goal

Supervisor agent (SA)

To make the final fault diagnosis
decision of the global system

Healthy motor agent trained with To decide is healthy using a FANN
FANN (HMA-FANN) whether the

Motor agent with 1 broken rotor bar motor has 1 broken rotor bar using a
trained with FANN (MA1BB-FANN) FANN

Motor agent with 2 broken rotor bars has 2 broken rotor bars using a
trained with FANN (MA2BB-FANN) FANN

Motor agent with 3 broken rotor bars has 3 broken rotor bars using a
trained with FANN (MA3BB-FANN) FANN

Healthy motor agent trained with k-NN is healthy using a k-NN
(HMA-KNN)

Motor agent with 1 broken rotor bar

trained with k-NN (MA1BB-kNN) k-NN

Motor agent with 2 broken rotor bars

trained with k-NN (MA2BB-kNN) k-NN

Motor agent with 3 broken rotor bars

trained with k-NN (MA3BB-kNN) k-NN

has 1 broken rotor bar using a

has 2 broken rotor bars using a

has 3 broken rotor bars using a
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Fig. 2. Agent interaction diagram in the presented MAS.

rotor and increasing the holes/faults onto 3 adjacent bars. Figure 3(b) depicts a close
view of the severely faulty rotor. Finally, in Fig. 3(c) the overall bench experimental
setup is shown. Current waveforms were acquired and recorded using a digital oscil-
loscope through a current transducer for 4 different operating (loading) conditions and
for each one of the 4 health states, thus 16 sets of measurements were obtained in total.
The characteristics of the operating conditions examined are,

Case 1: n,,, = 1420 rpm (s = 0.0533), V,,, = 220 V
Case 2: n,, = 1380 rpm (s = 0.0800), V,,;, = 220 V
Case 3: n,, = 1290 rpm (s = 0.1400), V,,, = 138 V
Case 4: n,, = 1235 rpm (s = 0.1766), V,,, = 138 V

where n,, is the rotor speed and V,,;, the SCIM phase voltage. These recordings were
post-processed using FFT to obtain (among others) the corresponding power spectra.

As input nodes, 4 quantities have been selected, namely, (a) the slip of the motor
(which inherits information about the loading condition), (b) the k/p ratio (which
inherits information about the motor poles number), (c) the “expected” side-band
frequency using Eq. (2) for k/p varying up to 9 with a 0.25 step (this covers a nearly
450 Hz harmonics spectrum) and (d) the corresponding current harmonic amplitude
derived from measurements through FFT. In this way, for each health state and also for
each of the operating condition cases, 16 input/output data sub-sets vectors were
prepared, giving a final training/test data vector of 1056 rows by 4 columns.

Each agent is created by defining a class that extends the jade agent class. The
agents are created by defining classes that extend the jade agent class. The motor agents
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Fig. 3. (a) Actual SCIM rotor (on its shaft) used in experiments in healthy condition, (b) same
rotor with 3 bars drilled consecutively to simulate broken bars, (c) Overall experimental setup:
(1) three phase 4-pole induction motor under test, (2) dc-generator, (3) dc-generator excitation
power supply, (4) resistive load, (5) three-phase power supply (variac), (6) power analyzer with
PC connection, (7) digital oscilloscope, (8) tachometer, (9) current transducer.

incorporate a neural network, as a neural network class. The tasks that an agent has to
fulfill are realized by adding behaviors to each agent class. The k-NN classifier training
method uses four nearest neighbors and the Euclidean distance measure. The FANN
training method is based on the gradient descent technique. The criterion for fault
diagnosis decision making is the mean square error (MSE). The MSE is calculated
from the sum of the squared errors for all input patterns used in the training set of the
net. The activation function is the hyperbolic tangent. The weights are calculated and
adjusted in each epoch until the MSE is minimized, where the training stops. The
number of input processing elements is equal to four. The number of output layer
processing elements is equal to one, as each motor agent corresponds to a specific fault
type. One hidden layer is chosen and the number of hidden layer processing elements is
equal to fifteen, based on trial and error. Training set parameters in the hidden and
output layer are determined based on average minimum MSE. Step size is equal to 0.1
and momentum is equal to 0.7. The number of epochs is equal to 10000, the training
data set is 70% and the test data set is 30% of the input data.

The results will be compared with fault diagnosis results extracted using the
adaptive neuro-fuzzy inference system (ANFIS) method from the same motor [20], in
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order to assess the effectiveness of the MAS as a fault diagnosis technique, as well as
with respect to the conventional Al based ANFIS method.

6 Conclusions

Early fault detection in induction motors is critical for their operation, whereas con-
ventional Al techniques for fault diagnosis have limitations with respect to an optimal
solution. In this paper, an intelligent MAS is presented for the decision making in fault
diagnosis of three-phase SCIM rotor bars. Agents in the proposed MAS represent
induction motor in different health conditions, trained with either a FANN or a k-NN
classifier method. Measurement data are obtained with the classical motor current
signature analysis. Each agent makes its own decision making and sends its output to
the supervisor agent that makes the final fault diagnosis based on a predefined threshold
value. The MAS will be implemented with the JADE reactive agent platform. The
effectiveness of the proposed MAS for SCIM fault diagnosis with respect to a con-
ventional Al method will be tested by comparing fault diagnosis results extracted with
this method with results extracted using the ANFIS method from the same motors. An
additional advantage of using a MAS is that it can provide online fault diagnosis, since
it is configured for real-time control.
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Abstract. Voltage control of distribution systems need load forecast. For
improvement of efficiency and sustainability of the automated control of Smart
Power Grids (SPG) the control system of the process should contain a subsystem
of forecasting time series - load forecasting, as a parameter directly associated
with voltage. The highest requirements applicate for the accuracy of short-term
(day-week-month) and operational (within the current day) forecasts, as they
determine the management of the current mode of operation of the SPG. The
paper describes forecasting methods and concludes that using of artificial neural
networks for this problem is preferable. It shows that for the complex real
networks particle swarm method is faster and more accurate than traditional
back propagation method. Finally the used model of short-term load forecasting
(STLF) is described and tuning of all presented models is done. The paper
concentrates of training methods of neural networks and uses “back propaga-
tion” algorithm and “particle swarm” algorithm for this purpose.

Keywords: Voltage control - Load forecasting - Artificial neural network

1 Introduction

Nowadays, power quality is a very important parameter, both from a technical and an
economic point of view. One of the monitored parameters is the level of voltage among
consumers. With the development of network, users with different curves of load
connected to the same main substation, but they have different requirements to the
voltage regulation. Today in Russian distribution grids there are a variety of problems
connected with power quality. The most common problem is an unacceptable level of
voltage among consumers. Invalid voltage deviation leads to increased deterioration
and failures of equipment, breakdowns in technological processes, incorrect operation
of the control and automation systems. The common reasons of deviations are high
network load, inconsistency of load curves, incorrect or insufficient regulation of
voltage.

Now voltage control in distribution networks is carried out mainly using the tap
changing transformers at power supply centers of 110-220/6-20 kV. Regulation is
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performed in most cases in the stabilization voltage mode rarely counter regulation is
applied.

Control actions for the both methods occur after the actual changing of mode
settings that do not provide an optimal effect. In modern works is proposed to operate
branches of tap changers of transformers using intelligent algorithms. In the Fig. 1 is
shown example of working of such algorithm [1]. For the SPG’s test system [5], in the
Fig. 1 are presented consumers with different load graphs and with different require-
ments to the power quality. The points of connection with the consumer’s service are
numbered from 3 to 36. Bus number 2 marks the distribution substation. As it can be
clearly seen, all the consumers’ requirements for power quality is full-filled, but there is
a problem with huge amount of tap-changings, which is lined by blue stepped line (up
to 10 in one day). The resource of these devices is limited and it leads to the need to
solve the optimization problem of distribution of control operations in time to ensure
the best mode of all consumers. To solve this problem and provide an active-adaptive
regulation is necessary to build STLF (from several minutes to a day) based on archive
measurement and ambient parameters (temperature, light, day of the week).

23
30
32
36

t, days

Fig. 1. The results of the work of active-adaptive control algorithm [5]

Thus, for the successful work of the active-adaptive algorithms, based on results of
the known methods of load forecasting, it is necessary to choose the most effective
method of forecasting and apply it to the available data [2].

The aim of this paper is to build the neural network load-forecasting model as the
part of the active-adaptive algorithm of regulating of voltage for specific Moscow
network based on real load data. In recent years, the new training approaches for neural
networks achieved and it is needed to compare its performance and to choose the best
solution for particular network.

2 Electric Load Forecasting Methods

In general, forecasting techniques are divided into intuitive and formal methods. The
group of formalized methods is divided into statistical methods and artificial intelli-
gence techniques, so-called heuristics. All the methods listed can be applied for the
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load forecasting, but the selection of specific technique should be done based on
particular problem and understanding for which purpose the chosen technique is used,
which advantages or disadvantages it have and could it provide adequate results in this
case or not [3, 8]. In this paper for forecasting the neural networks approach is
implemented, because the data set is not big enough for using statistical methods, the
fuzzy logic and SVM techniques gives big error in forecasting and requires an expert
for setting the rules and building the model. Further some advantages and disadvan-
tages for methods listed is given. In addition, recommendations and possible cases in
which following techniques could be implemented is done.

2.1 Statistical Methods

Usually statistical methods may accurately predict the daily schedule load on ordinary
days, but they lack the ability to analyze the load on holidays or other days, due to the
absence of flexibility of their structure [9]. Statistical methods include multiple linear
and non-linear regression, stochastic time series, the general exponential smoothing,
the methods of state space, and others.

The apparent advantage of statistical methods is their “transparency”, i.e. when
solving problems of forecasting there is a known equation, based on which the problem
is solved one way or another.

The main disadvantage of statistical methods are their computational complexity,
long duration of computing and the need for large amounts of archived data. Statistical
methods are difficult to apply to a model in which there are non-linear dependence,
rapid load changes or missing data.

2.2 Heuristic Methods

Heuristic methods include artificial neural networks, fuzzy logic systems, Support
Vector Machine (SVM) methods. An important advantage of these methods is their
adaptability, i.e. the ability dynamically adapt to changing conditions. This property is
one of the key for applications of the method as part of an intelligent control system for
distribution networks.

However, fuzzy logic techniques itself are used very rarely, because the knowledge
of operators and load monitoring system for long period of time have to be used in
order to achieve good performance; fuzzy logic can be used for improving the per-
formance of the artificial neural networks as well as self-organizing maps and genetic
algorithms.

Heuristics are well suited for the prediction for the following reasons: first, they are
capable numerically approximate any continuous function with a given accuracy.
Secondly, to predict there is no need to build an accurate model of the system [4].

In addition, this methods are able to provide the required prediction accuracy in
low-quality initial data, the presence in the archive gaps and abnormal deviations.

The disadvantages include the complexity of their initial design and the fact that
most of them is “black boxes”.
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2.3 Artificial Intelligent (AI) Technique

A detailed comparison of classical and heuristic methods is given in [5]. Particular
attention is paid to neural networks, since they are well suited for forecasting loads.
They are able to generate a forecast for the load schedule of any complexity based on
previous experience. In addition, there is no need to build a mathematical model of the
network under consideration. For predictions with reasonable accuracy, it is sufficient
to have retrospective data of the measured load values [7, 10].

To solve the load prediction problem, the following types of neural networks are
mainly used: multi-layer perceptron, radial-basis functions and linear networks. For
each practical task, the quality of prediction in these models is estimated by the MAPE
(Mean Absolute Percentage Error). In most cases, the best results are obtained by a
multilayer perceptron.

The quality of neural network prediction is influenced by various factors, such as
adjusting the model parameters and training algorithms.

The training of a multilayer perceptron is most often carried out by the method of
Back Propagation of the Error (BPE). Its advantages include ease of implementation
and speed, disadvantages - the ability to find a locally optimal solution instead of
global, the sensitivity to the order of training examples.

In addition, evolutionary algorithms, such as the Genetic Algorithm (GA) and the
Particle Swarm Optimization method (PSO), have recently been used to train the
network. Particle swarm algorithm quickly converge to the best solution, the method is
easy to implement and is very effective. However, with incorrect selection of opti-
mization parameters, the training time of the network increases [6].

3 The Used Model of Neural Network

Today a multilayer perceptron is one of the most widely used neural network models
because of its ability to reflect complex nonlinear relationships between input and
output parameters. The network consists of several layers of neurons and weight
coefficients, reflecting the connections between them. The transmission of information
is carried out based on direct dissemination. The model of the neural network imple-
mented in this paper is shown in Fig. 2.

60 neurons

Fig. 2. Structure of used model
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Let us denote the number of layers and neurons in the layer. Input layer: N;
neurons; Ny neurons in each hidden layer; No output neurons; X — vector of input
network signal, y — vector of output signals.

Operation of multilayer perceptron is described by the formulas 1, 2, and 3:

NET}'] = Zi WijiXiji (1)
OUT; = F(NET; — 0y) (2)
Xiii+ 1) = OUTy, (3)

where i — number of the input, j — number of neuron in the layer, [ — layer number.

Then x;; — i input signal of j neuron in the layer [; w;; — weight coefficient i input of
neuron number j in layer [; NET; — the signal of j neuron in the layer [; OUTj; — output
signal of the neuron; 0;; — threshold neuron j in layer /.

Each layer calculates the non-linear transformation of a linear combination of the
previous layer signals. Hence it is clear that the linear activation function can be applied
only for those network models, which do not require the series connection of the layers
of neurons to each other. For multilayer network activation function must be
non-linear, because the equivalent of a single-layer network can be built, and layering
is unnecessary. If to apply a linear function of activation, each layer will result in an
output linear combination of the inputs. The next layer will give a linear combination of
the previous output and is equivalent to a linear combination with other factors, and can
be implemented as a single layer of neurons.

To predict the electrical load one hour ahead, a model with the following param-
eters was used:

e the number of layers — 3 (input, hidden and output), because this configuration is the
most common in solving forecasting problems;

¢ the number of neurons in the input layer — 120 (120 values of the actual power chart
in the previous 2 h, each point represents one minute measurement);
the number of neurons in the hidden layer will be defined in Sect. 4;
the number of output neurons — 60 (forecasting done for 1 h ahead, each point
represents one minute measurement);

e the function of activation of the hidden layer is tangential and given in formula (4),
since it has the property of amplifying weak signals better than strong ones, and
prevents saturation from strong signals, hence this function solves the dilemma of
noise saturation of the Grossberg;

_ 2
T l4e™

f(n) 4)

e training algorithm (a) back propagation of the error (b) swarm of particles.

The main idea of back propagation of error is simple. The network is trained on a
certain number of training pairs. The output vector is presented, the network output is
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calculated and compared with respective target vector, difference (error) is fed via a
feedback, and weights are changing in accordance with the algorithm seeking the
minimum of the error. The vectors of the training set are presented sequentially, errors
are calculated and weights for each vector adjust as long as a teaching error across the
array reaches an acceptably low level.

According to the method of least squares, minimized error function of neural
network is:

Ew) =35> 05 = dip)’, (5)

where y;g)

— the actual output state of the neuron j of output layer N when applying its
inputs p-image; d,, — the desired output state of the neuron.

In this paper considers not only training by back propagation, but also particle
swarm algorithm.

Searching of an optimal solution is not from the only one of the predetermined
points, but from multiple randomly found points. Each particle “remembers” the
coordinates of the best solution and found it, and find the best of all the particles found
solutions. The algorithm searches for optimal solution iteratively moving the particles
in the solution space. Each particle is attracted to the best solution found adjacent
particles, and to the best solution found herself.

The main settings of the back propagation error algorithm are learning rate, the
number of iterations, momentum.

The main parameters of particle swarm algorithm is the number of particles in the
swarm, the number of iterations, the self-acceleration coefficients and the value of
velocity changes.

These parameters for both of algorithms was settled in the Sect. 4.

In this study, the mean absolute error in percentage (MAPE) is used to evaluate the
training and test samples:

N | pforecast __ preal ’

MAPE = - Zl_:l

I - 100%. (6)

Pforecast

4 Results

In this study, the results of load measurement in the distribution networks of the
Moscow region in 2008-2010 with the averaging interval of 1 min were used. To
model the mode, the MATLAB2017a environment was used.

As far as the aim of this paper to create the neural network, which will adequate
forecast the load curve for particular system, the network was trained on archived load
data, which were provided by PAO «MOESK». After that, it was tested on a sample
from data that was not used in the training samples.

Based on the lowest MAPE the number of hidden neurons for training method back
propagation of the error is set to 38 using simple increasing of the hidden neurons
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Fig. 3. Results of determination of number of hidden neurons for training method BPE

number. In each case network was trained and the resulting value of error was evaluated.
MAPE in this case is equal 4.06%. The results of the experiment is shown on the Fig. 3.

Based on the lowest MAPE the number of hidden neurons for training method
particle swarm is set to 27. Test was made in the same mode as for BPE algorithm. MAPE
in this case is equal 1.298%. The results of the experiment is shown on the Fig. 4.

Figures 5 and 6 show the same time interval on January 13, 2010 from 01:00:00 to
02:00:00. The green line denotes the actual values of the load during this period; the
blue line indicates the values predicted by the neural network.
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0 50 100 150 200 250 300
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Fig. 4. Results of determination of number of hidden neurons for training method PSO
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In Fig. 5 a graph of the predicted values of electrical load based on the created
software algorithm, trained by BPE is presented. Algorithm in this case does not catch
the overall trend gives 4.06% of MAPE.

0.62 T T T T T

Forecast
Real values

0.54

0.53

0.52 L I L L L

Fig. 5. The results of forecasting for the ANN trained by BPE

In Fig. 6 a graph of the predicted values of electrical load based on the created
software algorithm, trained by PSO is presented. Algorithm in this case catches the
trend and small deviations of the load and gives 1.298% of MAPE.
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Fig. 6. The results of forecasting for the ANN trained by PSO
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After the selection of the optimal number of hidden layer neurons it is necessary to
select other parameters associated with the method of training the neural network.
Backpropagation can be adjusted by changing the speed of learning, that is, setting up a
step gradient descent. The date and number of epochs also may be changed. Momentum
is used to accelerate the training process and in this paper is equal to 0,5. The other
parameters were settled using the trial and error method. The specific points for each
parameter were used. For the learning rate the range changed in [0,01; 0,5] interval. The
smallest values leads to the «grid paralysisy», the biggest values lead to the non-ability of
the network to find the global minima. The number of epochs insignificantly influence
on the training time and was changed in the range [50; 500]. The selection can be done
using special algorithms such as self-organizing maps, genetic algorithms, but it is not
the purpose of this paper and could be done for improving of the performance in next
studies. The best results of setting the parameters is shown in Table 1.

Table 1. The results of STLF.

Name of MAPE % | Note
training method
ANN (BPE) 1.79-6.68 | Tested on the data, which were not used for configuring
(number of hidden neurons 38, learning rate 0.1, number of
epochs 300)

ANN (PSO) 1.61-4.68 | Tested on the data, which were not used for configuring
(number of hidden neurons 27, population size 20, number of
iterations 75)

ANN (BPE) 1.69 The best variant during configuring (number of hidden neurons
38, learning rate 0.1, number of epochs 300)
ANN (PSO) 1.44 The best variant during configuring (number of hidden neurons

27, population size 20, number of iterations 75)

Selection of the optimal parameters for changing the velocity of the particles is the
subject of separate studies. In this paper are accepted parameters cl = 1,49445,
c2 = 1,3, found by the other authors and providing the best results for this method of
training for the other problems such as pattern recognition. To this training algorithm,
the population size is important, it directly affects the speed of finding the optimal
solution, because the small size of the population make the search for the optimum
longer. The population size were changed in the range of [5; 150]. The iterations
number influence slightly on the training time and was settled in the range [50; 500].
The selection was done using trial and error method. The following Table 1 gives a
summary of the best variant of setting parameters.

5 Conclusions

e Figures in the table show that, using a “particle swarm” training algorithm neural
network is able to reduce the average prediction error by 0.18-2% and to reach a
desired value.
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Forecast result in this case not only shows the general trend, but also reflects the
changes in the local load curve. In addition, this method of training has a great
speed, which is important for operating in real time.

Back propagation algorithm for training the neural networks is simple to implement
and configure, but for complex load profiles is inapplicable because it does not
allow to achieve the required accuracy of prediction (1.79-6.68%).

The algorithm “swarm of particles” for training the neural networks is slightly more
difficult to implement and configure, but gives an acceptable error value (1.61—
4.68%).

Comparative analysis of training algorithms showed that for complex, non-linear
load curves for neural network training is necessary to use evolutionary algorithms,
as they give the best results of the absolute values of errors and training time.
The prospects for further development include finding methods to reduce training
time, and reducing the MAPE error, using of intelligent techniques for defining
optimal parameters of the network (self-organizing, setting using genetic
algorithms).
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Abstract. In software engineering, there are many methods and good practices
which aim at ensuring quality of developed software. One of these practices is
using design patterns. The aim of the article is to show the example of quality
assessment method of the implementation of the strategy design pattern and
benefits which are given by this method. The analysis of the results of method
can help the leader of developer team in case of getting decision of the repairing
defects in implementation of design patterns, that’s lead to lower costs con-
nected with the development and fixing the defects in software.

Keywords: Design patterns - Software quality - Software development -
Strategy pattern + Experiment with students

1 Introduction

The commercial software production is very often related with the costs which are paid
by the vendor. Particularly when he is producing software for business, which has to be
constantly developed to ensure competitiveness towards other products on the market.
And when the vendor has to adapt his product to the changing user rules or laws.
Research and development in the software engineering give many solutions which help
to reduce the costs of production [7], i.e. solutions helping at the beginning of the
production process to lower the estimation costs of effort changes in the software [10].
During the whole production process it is popular to use agile factory methods in small
teams [6], which also helps to lower the costs connected with managing the software
development. There are also solutions used in the source code of created product, ready
components, architecture patterns (e.g. MVC or MVP) and design patterns. Mentioned
kinds of patterns need own contribution and proper preparation from people who are
implementing them.

Work done by people, in this case the source code created by programmers, can
include defects. In case of design patterns the defects noticeable by the program user
can be omitted, whereas defects in design patterns will be noticeable first of all for the
vendor. The vendor cannot be sure if despite the defects lower cost of development of
the software will be assured. In other words, the vendor is searching for an answer to
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his question: Whether the implementation quality of the given design pattern will
assure him benefits that are expected from this pattern?

The aim of the article is to present the experiment with using method of quality
assessment of implementation of design patterns, based on the example of the Strategy
design pattern.

In the second chapter of the article it was briefly explained what is the imple-
mentation of design patterns and chosen methods related with searching of the
occurrence and verification of the implementation of the patterns were discussed In the
third chapter there were described used formal models and the process of using of the
method to verifying the implementation of design patterns. The fourth chapter presents
the strategy pattern, assumptions of the experiment, results and their interpretation. The
fifth chapter is the summary of the work.

2 Design Patterns and Quality

2.1 Quality of Implementation of Design Patterns

The software vendor, through the implementation of the design patterns, aims at
achieving chosen benefits and for majority of the design patterns such are [4]:

reusable trusted solutions,

way of avoiding chosen defects,

lower cost of development and fixing the defects,
bigger legibility of the code,

substitute for documentation.

The benefits emerging from the implementation of the design patterns contribute to
lower the costs of production e.g. new software developer, who knows the design
patterns, faster absorb the newly introduced source code (which also contains patterns),
than code without patterns. Faster absorbing the code means that new software
developer will start to work with maximum efficiency earlier and the minimum effi-
ciency time will be shorter.

The occurrence of the implementation of the design pattern in the source code does
not mean that this code ensure mentioned benefits. To be sure, there is a need to check
if the quality assessment of the implementation is evaluated by using proper metrics in
accordance with the criterion. The criterion of evaluation is a perspective of the
expected benefits. In other words quality assessment of the implementation of a par-
ticular design pattern means a number of actions which must be taken to show the
analysed software code’s conformity with rules and principles of implementation
adopted for a particular pattern. To make the evaluation trustworthy it should consider
many factors connected with the implementation of the patterns. Basic element in the
source code which is evaluated is the structure creating the pattern, e.g. class with the
private constructor in the Singleton pattern, field affording to share the Singleton
instance etc. Alongside the code which creates the pattern there is a code which is
passive in the pattern [3], usually it is processing of the data. The context of the
implementation of the pattern is essential but in many times omitted. Elements of the
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code, where the existence of the pattern is called is the context of the implementation.
The metrics in the completed model of evaluation should describe every mentioned
elements.

Design patterns are gladly used by software developers both in big and small
productive teams. Small teams which work by agile methods often do not dispose of
complete documentation of the project of manufactured product [6], therefore patterns
are implemented on the basis of knowledge and experience of the members of the team.
However, in many cases, decision about solving the project defect through the
implementation of design pattern is made quickly during morning meetings. Mentioned
difficulties are determining the problem, so the vendor does not know if what he
expects from the implementation of the design patterns will be possible. Therefore from
the vendor’s perspective, a need for quality assessment of the implementation of design
patterns appears, which will help to solve mentioned problem.

2.2 Detection for the Occurrence and Verification of Design Patterns

Classic models of quality assessment and metrics are known since many years in the
software engineering area. Unfortunately, used for evaluation of the implementation of
the design patterns are not sufficient or provide wrong results [5]. Other popular
solutions that help in creating software, e.g. Model Driven Architecture, cannot be used
by agile teams because of lack of complete project documentation.

Studies directly connected with design patterns very often concern searching of
occurrence of patterns in source code only. Information that particular part of the
source code contain some amount of patterns is not providing the correctness of
implementation, to be precise - correctness of the documentation [8, 9]. Such solution
will fail again in case of agile vendor teams. There are undertaken studies, which aim at
showing correctness of structural implementation of patterns [1], which also brings too
little information and does not include the evaluation.

3 The Method of Quality Assessment of Implementation
of Design Patterns

3.1 Model Structure

The method based on model, which model has been described i.a. in: [12, 13], where
the data models has been explained. In the model it is assumed that the source code is
imitated (managed code type .NET or Java, to be precise) into formal model of the
program. Templates of the design patterns (i.e. information about implementation
variants) were divided into general characteristics (or features [11]) and provided with
particular metrics, analogically to ISO9126. The norm is described by a tree structure
which includes characteristics and in those, recursively, there are subcharacteristics.
Characteristics-leaves have metrics - functions assigned to them, which define certain
values on the basis of measurable software attributes. The definition of characteristics is
informal - it expresses certain intent, while the metrics are formalised.
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On the basis of the model it is possible to indicate the quality assessment of
implementation of design patterns in the source code and pointing, which elements of
the implementation should be corrected to achieve the highest quality in particular
evaluation criterion.

3.2 Model of Computer Software

The most information on programming is included in the source code, which simul-
taneous shortcoming is a physical representation - these are properly catalogued text
files which are more difficult to analyse than a structured formal representation.
A formal model of the program provides the automated processing of data concerning
the occurring implementation and, additionally, it enables one to remove useless code
and unwanted information (e.g. comments written in a natural language, unit tests
code).

Basic attributes of object oriented programming were imitated as set: modifiers
MOD = {static, partial, sealed, final, ...}, access modifiers AMOD = {public, private,
internal, protected}, kind of type KOT = {class, interface, value, generic, array}, kind
of instruction KOI = {declaration, initialize, called, call}. The code of analysed
computer program was mapped into set of types T:

T={xli=1,..., 1}, (1)
where ¢ — number of types, t; denotes concrete type. Each type t;:
t; = (FIE;, PRO;, MET;, mod;, amod;, name, kot;), (2)

where FIE, PRO, MET are the sets correspondly to fields, properties and methods
included in ¢, mod; € MOD, amod; € AMOD, name € alphanumerical, kot; € KOT. On
account of further example, sets FIE and PRO do not require explanation. The set of
methods MET;:

MET; = {met;j|j=1,..., met}, (3)

where met — the number of method in f;, met;; denotes j-th method in #. Each
method m; ;:

mij = (MPiJ, tij, ctorij, MB,'J‘, mod,-,j, amodij, name), (4)

where MP; ; — the set of method parameters, r7;; — returned type, 7;; € T, ctor;; denotes
constructor (true if method is a constructor, false for otherwise), MB;; — the set of
instructions in method body, mod;; € MOD, amod, ; € AMOD, name € alphanumerical.
Method body is a set of instructions MB; ;:

MB;; = {ins,~1,~~k| k=1, ..., ins}, (5)

where ins — the number of instructions in k-th method in type #;, ins;;; — concrete
instruction. Instruction ins; ; :
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ins,-ll-yk = (kOii_j,k, iti,j,k)7 (6)

where koi; j, € KOI, it; ;. instance of type, if;;, € T.

3.3 Use of the Method

Using the model defined in Sect. 3.1, the author’s own method of quality assessment of
implementation of design patterns is suggested. The main stages of the method of quality
assessment of implementation of design patterns are shown in the Fig. 1. The first stage is
used only once with the introduction of the method to teams Stage I, II and III should be
made obligatorily, while stages Ila and IV (which is not marked in the picture) are
optional and depend on the needs of the team.

3 @@ﬂ

Assessment Result
Model
i software — 2k =
i code % —_— ]
i | Modelof || Model of d
i | pattern metrics :
: v

II. Build of code III.

I. Build of models e Assessment

ITa. Update of code =
model Decision
r Need repair ‘/

Fig. 1. Diagram of the method used to assessment the quality of implementation of design
patterns.

Stage I — build of the pattern and metric models. This stage assume creating pattern
and metric models according to previously presented structure methods. Responsibility
for creating is on the leader of the team because in most cases he has the biggest
experience and knowledge of design patterns.

Stage II — build of the program model. The second stage of suggested method
appears cyclically, at least once during iteration of agile methodologies, every time
before the III stage (automation required). Stage Ila, or actualisation of program model
appears instead of stage II, when there is a need to renew the assessment.

Stage III — assessment. Occurrence of stage III in the software development cycle
depends on the preference of the project team. Required time is one dedicated for
inspections and code improvement. The stage of the assessment can be used more
frequently rather than once during iteration, however it should occur after making the
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potentially ready part of the source code. Person required and responsible for making
the assessment is leader of the team, because he has the biggest experience. On the
basis of his experience, the leader makes decisions weather the quality assessment of
design patterns (made by team the leader is responsible for) is sufficient in the accepted
quality assessment or it needs improvement. In case of required improvement of
implementation of design patterns it is necessary to get suggestions from the metrics
model, which will show the programmers parts that need changes and required type of
changes. It is very important, that the assessment and improvement were made in the
time of iteration, in which design patterns were implemented, i.e. when programmers
remember previously made code.

Stage IV — development and modification of models from stage 1. The last stage of
the method occurs irregularly, i.e. when there is a need. Stage IV rely on making
actions from the stage I fragmentarily, i.e. development or modification of pattern and
metric models. The factors that impose the occurrence of this stage are i.a. development
of the abilities of project team, which are increasing along with getting new
experiences.

4 Process of Quality Assessment

4.1 Assumptions of the Experiment

Conducted experiment relied on simulating a part of iteration of development process,
in which Strategy pattern software is developed. The main aim of this experiment was
showing that time of software development by adding new operation to the pattern
Strategy will be shorter in case of implementation of pattern according to directions
resulting from the method of quality assessment of patterns, in regard to the time
needed for development, when implementation of pattern contain defects. In the
experiment it was not able to map the environment typical as in the project company,
so it was necessary to make many simplifications.

Simulation consists of two processes, which are shown in the Fig. 2. In the first
process, students took part only in iteration B. Iteration A consisted of making software
along with few defects in implementation of strategy pattern. To begin working on
code not until iteration B there was simulated passing time, i.e. code in the iteration B
was a so-called legacy code. During the iteration B, students had to add a new oper-
ation to the strategy and fix defects that were noticed before. Same task was submitted
in iteration B, however in case of the second simulation process students also took part
in A3. Iteration Al in both processes is the same, differences occur in time of code
inspections, were additionally assessment of implementation of design patterns was
made, then improvement of implementation according with worked out method —
which was also made by students. After that, they begin to work on iteration B,
however in this case implementation of the strategy pattern did not consist of defects as
in iteration B.
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Fig. 2. Simulation scheme

4.2 Strategy Design Pattern

Benefits of Implementation

Strategy design pattern is one of the popular patterns [2]. The aim of this pattern is [4]:
defining algorithm family, encapsulation each one of them and enabling their
replacement. This pattern is useful in problems when there is a need to achieve one
operation in many different ways. Popular example in literature is encapsulation of
different sorting algorithms and their replacement. For the vendor the strategy pattern
means following benefits:

e Lower development cost (or bigger accuracy of estimation of the cost) by adding
another operations realized with the help of the strategy pattern,

e Repeatability of operations, i.e. operations realized with the help of the strategy
pattern will generate the same result regardless of the modulus program in which
they will be run in,

e Lower cost of fixing the defects, i.e. the defect should be fixed in one operation, no
matter of the cases of use of this operation.

Characteristics

The template of the Strategy design pattern was imitated in proposed model as a group
of characteristics “c: ¢; — interface declaration, ¢, — declaration of operation, c; —
interface realization, c, — implementation of operation, cs — context of the imple-
mentation of operation, ¢4 — initialization and choice of strategy. Mentioned charac-
teristics were detailed by 15 metrics m; ;, where i stands for characteristics, and j means
another metric. More important metrics in established quality assessment are enclosed
in Table 1. In established quality assessment the highest result is required. Every lapse
from such result indicates additional costs for the vendor.
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Table 1.

Selected metrics of strategy design pattern.

Metric

Values (points)

my ; — access modifier
m; > — kind of type
mj3 ; — kind of type
m; » — dependencies

my,; — realization of an
operation

meg,; — strategy declaration

4 — public, 3 — internal or empty, 2 — protected, 1 — private
5 — interface, 2 — abstract class, 1 — class
3 — class, 1 — interface

5 — if each class realizes interface, 1 — if some class not
realizes interface, O if any

5 — if class realizes (or override) operation, 3 — if class has
similar operation, 0 — no operation

5 — declaration as interface and next initialization of concrete

and initialization strategy, 4 — declaration and initialization inline, 1 — no
declaration
mg, » — covering of initialized

strategy

3 —if all strategies are initialized in one code unit, 1 — if only
some

4.3 Quality Assessment of Strategy Pattern

Program used in the research is an application project created by students, which is
navigating the stepper motors. The Strategy pattern has been used to adapt the appli-
cation to different actuators, i.e. every student has been using different microcontroller
board and developed application should run identically, independently to the equip-
ment. Operation shared by microcontroller boards is: byte RunCommand (byte
cmd, byte args), which should be declared in the interface DeviceStrategy.
RunCommand operation accepts two byte type parameters and gives back operation
result also byte type. For the experiment there were implemented defects: d1 — strategy
declaration is a class instead of interface, d2 — one of the classes inherits from strategy
declaration (primary class) without implementation of operation, so with calling of this
strategy the empty primary method is made, d3 — one of the calling of specific strategy
consists of class declaration and direct initialisation (so-called inline).

In the first simulation process every participant received program code with defects
and two tasks to solve, which was the simulation of iteration B1 from the 2 picture. For
further description code in this form was called C1. As part of first task the participants
had to add the code responsible for support of new microcontroller patterned upon
legacy code. Besides, the added code should be integrated with the rest of the program
(context of implementation). Within the second task students had to fix two defects: d2
and d3.

In the second simulation process participants received the same source code as in
the beginning of the first process, i.e. C1. Code C1 as a result of quality assessment of
implementation of pattern got 182/310 points. Decomposing the summary result on the
particular component grades, there were noticed metric results, which were in the area
of acceptable results in the accepted assessment criteria. Based on obtained information
every participant made initial improvement of the code, which is iteration A3 from the
picture 2. Improved code, hereinafter called C2, got summary assessment result of
310/310, which is enough to begin with further part of experiment.
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Comparison of work made by every participant is presented in the Table 2. It
follows that when enhancing the development process with proposed method temporal
profit is obtained, despite additional time dedicated in iteration A3. Effort of making the
assessment is negligible because it can be largely automated.

Table 2. Experiment results

Participant | Timing of the | Timing of the | Profit after using
tasks C1 tasks C2 the method

1 3,5 2 43%
5,5 4 28%

3 7 6 14%

Relatively the highest profit, up to 43% got the first participant. It is because the
fact that the participant knew the Strategy pattern before. Better quality in this case
contributed to easier understanding the rule of action and knowing the structure of
legacy code.

Easy to notice is also that the other two participants have lower skills than the first
one, which resulted in bigger effort needed to make the same tasks. Work made by
them should be evaluated by suggested method, under control of a person with more
skills, which in case of delegating tasks to people with lower skills, gives an oppor-
tunity of avoiding different, unexpected results, which later get to people with more
skills in order to further development.

Presented results, in the development cost perspective, are showing temporal profit
of average 25% with using the method. This result confirm that suggested method
provides solution of problem depicted previously and makes profits related with
implementation of design patterns possible. It should be pointed out that in presented
results the costs of construction of models and introducing it is not taken into con-
sideration, because it is non-recurring cost. However it is a very laborious process,
which set limitations of the method and requires to be automated in the future. In
addition, complexity of the model is a disadvantage which can lead to rearranging the
contradictions of data included in the model.

5 Summary

In the article chosen problems related to costs of software development were briefly
discussed and there were also presented solutions supporting to lower the costs. On the
example of strategy pattern there were presented benefits introduced by this pattern.

Presented results, in the development cost perspective, are showing temporal profit
of average 25% with using the method. This result confirm that suggested method
provides solution of problem depicted previously and makes profits related with
implementation of design patterns possible.
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Further research provide development of the model for information about the
quality to give more details and to be comprehensible for the vendor. There is also
expected assessment of a few patterns in different iterations of software reference.
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Abstract. The operation of critical computer systems (CCS) in industry, energy,
transport and communications, etc. requires constant monitoring of cyber threats,
as well as vulnerabilities in the technical components and the software. The
information object cyber security (CS) operational management system and the
formation of the protection methods rational sets model which is based on a
morphological approach is developed. This model allows us to generate different
variants of protection sets that are compliant with a critical computer system
(CCS) of transport branch taking into account morphological matrices for each
security perimeter prepared with the intelligent decision support system (DSS or
intelligent decision support system — IDSS). It will find an optimal variant of the
cyber security perimeter sets using an CCS that maximizes the correlation of a
consolidated figure of “information security” (IS) to consolidated figure “costs”.
A program set for IDSS in circuits of organizational-technical and operational
management of the CCS security system is developed. It is proven that using the
developed IDSS allows us to reduce the cost of developing an information
security system and to shorten the time for informing some responsible individual
about information security incidents.

Keywords: Information security * Information management : Transport -
Decision support system *+ Mathematical model

1 Introduction

Active expansion of information-communication environment of critical computer
systems (industry, communication and transport, etc.) (CCS), especially in the segment
of mobile, distributed and wireless technologies, accompanied by the emergence of
new threats to cyber security (CS), as evidenced by the growing number of incidents
related to information security and protection of information and discovered vulnera-
bilities in CCS (or information objects (I0)) and automated control systems. The
threats are real [1]. The rapid increase of incidents in the field of informational security
(IS) has shown that existing information security systems (ISS), which are built on the
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basis of known cyber-threats and emerging attacks, are not always effective in cases of
new cyber-attacks (C-A) which are created against the widespread enterprise infor-
mation system, automated control systems in electronics, industry, transport, the
banking system etc. [2].

The structure of the technological complex of critical computer systems (CSS) of
transport may include various technical systems and tools [1]. Information security of
CCS of transport has never been released as a separate type of national security.
Moreover, the IS and CS of CCS cannot exist outside of national security. As part of a
whole, it carries heredity conceptual approaches to ensure security at the micro and
macro levels, continuity of relationships, common principles and methods. Moreover,
CS of CCS of transport usually has its own characteristics and specific, reflecting the
industry direction and defining its place, role and importance in the structure of national
security.

2 Problem Statement

For the successful usage of modern information-communicative systems (ICS) it is
necessary not only to know how to manage all the functional resources but to create an
effective information security management system (ISMS). As management objects —
ISMS are difficult organizational-technical structures, which function in conditions of
uncertainty. Effective management of such systems has to be based on innovative ITs
aided by decision support which considers both IS and CS.

One of the variants of this solution is the usage of a decision support system
(DSS) in CS on the basis of intelligent information technologies. Research into
improving existing and the development of new methods, mathematical models and
software for operational management of information protection (IPR) in IO, particu-
larly in conditions of uncertainty, inconsistency and lack of knowledge about ICS
status becomes highly relevant.

Goal of the research — developing a cyber-threat counterwork model using DSS,
choosing rational variants of reactions on the occurrences in CS, and taking into
account current operational 10 data.

It is necessary to solve the following tasks to reach the goal of the research:

1. To develop a model of operational management of CS 10 which allows us to
increase IS management efficiency in conditions of information environment status
uncertainty, and efficiency of the ISS rational structure planning process.

2. To develop the intelligent decision support system (IDSS) program of IO
cyber-security management and to investigate the efficiency of the offered model.

3 Review of the Literature

The structure of the technological complex CCS of transport sector may include var-
ious technical systems and tools [1-4]. The increasing number of IS and CS threats has
given rise to the surge of research in the field of development of uncovering and
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preventing C-A systems [5—8], and also DSS [9, 10] and expert systems (ES) [11-13]
in this field. But the majority of existing articles, devoted to the problem of DSS and
ES, address only the basic features of C-A. Publication analysis [14, 15], allows us to
uncover the increasing popularity of ISS risk assessment automated methods [16] and
program sets of IS and CS risk management [17]. Unfortunately, this set of instruments
of this approach has not been developed enough to be broadly applied. It was men-
tioned in the works [18, 19] that ISMS, in which intelligent technologies of
cyber-threats identification and reacting to occurrences of IS breaches are realized, are
products of private companies, and that a customer in general doesn’t have any
information about methods and models of leading effects forming in systems [20]. In
the works [21, 22] all the disadvantages of many DSS and ES systems in the field of IS
are shown. It is shown in the works [21, 23, 24] that it is appropriate to equip existing
DSS and ES in field of IS (excluding tasks of cyber-security management) with
functional models that allow us to increase efficiency of enumeration and investigation
of illegitimate interferences to the work of ICS crimes.

On the opinion of some authors [16—18, 21-24], existing standards in the field of IS
management don’t form effective methods of CS management.

In such a way, according to the disputes in publications [12, 14, 21], dedicated to
the potential of using integrated DSS and ES [9-11, 13, 20] in ISMS, which realize a
precautionary strategy of 10 CS [19, 24], the task of developing methods, models and
applied software for using them in practice in intelligent support of ISS rational
structure planning and the task of assessment and prediction of IS and CS risks and also
of IPR management in conditions of uncertainty of potential cyberterrorists influences
became relevant.

A model of a problematic situation in the field of CS consists of the three inter-
acting systems: firstly, ISS which potentially can lead to problems with IS; secondly,
controlling system with IS and CS (cyber-security), which is being developed for
solving IPR problems; thirdly, the environment in which ISS operates. In this case the
environment is understood to be a huge number of potential vulnerabilities and threats
for IS and CS.

There is one main problem creating the CS — development of the threat model [11, 19,
25], which is connected to the specification of a management object interaction — ISS IO
with the environment. IDSS, which develops a threat model building method, is based on
a qualified scheme of goal-oriented destructive influences on IS and CS [26-28].

4 Materials and Methods

For managing of ISS of transport is characterized by the following kinds [2, 4]:
onboard equipment installed on moving objects ICS; means mounted on fixed
infrastructure; remote-controlled executive and indicative devices; servers for pro-
cessing and storage; situational, operational and dispatch center’s; means of commu-
nication; information and telecommunication equipment, providing a secure
information interaction with external information systems.

A generalized architecture of ISMS and CS is offered according to the results of the
control strategy in conditions of uncertainty analysis.
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Level of safety (SL) is used in the capacity of an operated variable [25, 29]. The SL
value depends on the maximum level of information urgency which is being updated
according to recent changes in ICS.

Mechanisms of IPR control are created in the circuit with organizational-technical
control governing changing business applications, data array processing plans,
infrastructure, and all the corresponding requests to the information safety level. The
circuit contains: IDSS in regards to choosing a security strategy and a system of safety
level assessment. Managing influence in the circuit is realized by the staff of the IS
department. Command information is formed in the process of a goal-oriented choice
of an information security method complex rational structure (ISMC).

Operational command information is formed in the CS and IS IO operational
management circuit. This information is distributed to the management object by a
security manager or automatically with the help of managing influences realization
methods.

The safety level of i - IO crosspoint is determined by the following formula:

SLi=1—IMI,=1— (CICR -At; - As; - TL; - SM,'), (1)

where IMI; — IS incident importance in i - IO crosspoint; Cjcg — coefficient that allows
to represent a result in a range [0; 1]; At; — IS breach level in i - IO crosspoint; As; —
data asset criticality in i - IO crosspoint; TL; — trust level of a device, which reports
about IS breaches in i - IO crosspoint; SM; — security measures level in i - 10
crosspoint.

Quantity assessment of 10 safety can be found the following way:

n

SLor =[] (1 — M1y, (2)
i=1

where i = 1,n — quantity of crosspoints in ICS (or I0) structure.
Quantity of insider and external attacks against IO are given in the form of tuples:

RCA = (EUM ,EST, CE, $S,., 5SSy, PP, O(NN)), (3)
IAAy(,y = (EUM,IST}"", CE, SS,., SSy, PP, OF(NN%)), (4)

where RCA — remote attack against 10; IAA;,,) — internal attack against IA with k-level
of criticality, which are being processed in NN,, crosspoint, when an attacker has a user
account with an access permission to a data, of which level of criticality is not higher
than (k — 1), and he is trying to increase his level of privileges; EUM — set of entities,
comprising: a subset of nodes ICS of transport —um (potential vulnerabilities) [1, 2];
EST — external source of threat; ISTZ’“1 — insider source of threat; CE — communication
equipment in an information channel; SS,,., SSj, — security services against the method of
an attack spreading (networked and host; PP — protocols and packets; O — access object;
NN* — 10 crosspoint, on which information with the highest level of criticality (k) is

m

processed; [, m — numbers of crosspoints.
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It is proven in works [8, 14, 16, 24] that the only effective way to identify an attack
is in the analysis of a combination of unusual events. That is why in IDSS, an attack
spreading WCA possible ways, quantity is compared to a quantity of indicators IND.
The probability of the fact that suspicious action is a C-A is assessed with the indicators
quantity which reacted against the attack spreading method. Crossing 7,(p;) determines
an indicators set. We get the following expression:

{,CPSWNIND = {(pswi, md]) i psw; € PSWN ind; € IND} (5)

where IND = {ind;, ind;} - a network or ICS of transport perimeter indicator; PSW —
possible spreading ways of C-A against 10 crosspoints; {,(psw;) — crossing that
determines an indicators set which reacts against the attack on the recent method.

In conditions when the status of the information environment is unknown, the
threat counteraction model is enabled in IDSS which has an opportunity to choose a
controlling influence that better corresponds to the management object status. A pro-
cess of choosing an optimal safety events reaction variant are given in a form of a tuple:

(RV:,RE;, DA(RE;), Pca, P(z;), OF ,RV"™(Pcy)) (6)

where RV; — a reaction variant; RE; — a result; DA; — a damage assessment; z —
environment status uncertainty characteristic; P(z;) — [ environment status probability;
OF — object function of choice; RV (P¢,) — rational variant of reaction; Pcy — attack
probability.

Safety events [8, 10, 13] reaction variants probability analysis {RO;} has shown
that the number of control influences for each situation is limited i € [1,3]. An
alternative advantages evaluation with a damage assessment model is used in
IDSS - {REj}, J € [1,4] taking into account that the IS events reaction variants choice
is made in conditions of a potential C-A: no harm, losses for a certain user, losses for a
group of users, loss for all ICS from attack realization.

Define a function with which we choose an optimal reaction variant [2, 29, 32]:

OF(RV;,z) = i:DA, (RE;(RV;,z)) N (f[p,j (RE;(RV)), Pm)) ; (7)

=1 i=1

where i = 1,1 — reaction variant; [ = 1, S — functional subsystem of ITS.
The probability p;; of getting every j - result choosing every i - reaction variant is

determined the following way:

Py =Py (RE(RV;), Pea), sz, =L (8)
Control influence rational variant RV" (P¢,) is determined this way:

RV"™(Pcs) = RV (arg rnl_in(OF(RVi, z))> 9)
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Threat counteraction methods are developed by an ISS analyst taking into account the
possible cases of their spreading. They are developed on the basis of IDSS decision
making method choice that is adapted to the reaction optimal variant choice: distant
invasion through free-to-join networks, local network invasion, through a radio channel
using a wireless hot spot or other [8, 12, 13, 16, 17, 19].

During the organizational-technical management process, the stage of planning of
storage for information security tools, and the process of gradual removal of uncer-
tainty about the structure and the storage of information security tools in the infor-
mation security system is being considered. The process of planning PL rational sets of
means of information protection (MIP) is described with the formula

PL = SFS — CS,, (10)

where SFS — the starting data for the synthesis of variants of information security tools
sets: SFS = {SFSi,...,SFS.}, SFS,={DPTy,...,DPT),} — the range, which
consists of IST functional subsystem L

With the help of the system for intelligent support, the process of choosing optimal
variant of means of information protection setup for perimeters of information security
is considered as the formation of a sub-range for the best variants of setup CS'CCS.
The range of the setup variants is described as CS = {CS}, ..., CS4. }. For the choice of
the optimal variant of information security tools the objective function OF is used:
CS., = OF(CS).

The population of data, which make it possible to compare variants of setups,
includes two sub-ranges: MA;s, C MA;, where MA;s, — indicator of “information
security”’; MA; — data for the choice of rational variants [32].

Usage a morphological approach, the model of decision making regarding the
choice of the optimal variant of information security tools, is presented in the form of
the sequence:

RUL : (PUR, SFS,RUL,, CS, MA,;, OF, CS,(CS")) (11)

where PUR — the purpose of decision making; RUL, — a set of rule generation options,
which can be presented in an analytical form as the vector product of range
CS = SFS| x ... x SFS;.

The choice of the rational variants of information security tools setups is realized on
the basis of experts’ knowledge in the field of information security. The process of
formation of a rational structure of information security tools is divided into five stages.

1. The variants of MIP setup are put under development. The range of possible
variants of the solution is set with the help of the morphological matrix. For the
considered perimeters of information security, the morphological matrices of
information security tools are developed.
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2. The intermediary matrices are filled in, which indicate compatibility with the
firmware. For each couple of information security tools for different functional
subsystems their compatibility is defined. The result is filled in the table. If MIP are
consistent, then the function of compatibility is s(DPT},, DPT,.) = 1, in other case
s(DPT,, DPT,,) = 0.

3. The range of decisions concerning the choice of variants of setup MIP is generated.
The range of tool setups is reduced to the sub-range which is known to be com-
patible with each other. The range CS = {CSy,...CS,, ..., CSg}, which consists of
all possible variants of formulation of setup MIP for the considered perimeter, is the
Descartes’s production of setups of alternatives (morphological matrix ranges).

The element of the range is presented as follows:
CS, = {(DPTy;,...,DPTy,) : DPT,, € SFS;,Vl =1,L} (12)

Let’s suppose that it was made a series of N measurements of the controlled variables
of the state of CS, in the result it was received the matrix (SQ) of

X11 X12 X1i Xin
X21 X22 N X2i N Xon
e 13
XN1 XN2 ... XNi ... XNn
Here, the vector X; = (x;1, X, .. .,X1,) corresponds to the results of conducted I-the

experiment to study the extent of cyber defence ICS (based on the works [8, 31, 32]).
Every meaning x; the input variable x; we will give a short m number
(zi” P zg”l), i = 1,n, where 2/ — the number, that establishes the extent to
which the value x;; changing x; in /-th the experiment, for example, when performing
penetration tests [19, 32], taken for realization j-th options for cyber defence of ICS,
zﬁle [0, 1]. At the same time the vector X; we will give a short m number
(d”,dzl, coady, .,dml), 1=1,N, where d} — the degree of feasibility using the j-th
options for cyber defence in a situation where a set of controlled variables forms a
vector X, d]l € [0, 1].
For j-th variant for cyber defence of ICS we introduce the matrix (SQ))

jl jl il il _jl il _jl 1 il
Z/‘lz Zéz Z]r; 21122/22 21122132 Z]'.lz—ldl
PP 2 PR P P

1 1 jl 1 _jl 1 1 )
g .. 4 . dd A . 4
A A e A AN AR

where DT = (d!d?.. d\.. .dY), AT = (d\a}.. .a]d),...dy,.. d]_,,).j=T,m.
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Next, we introduce the model

Zajzll+ zzaljﬂzzﬁdi’ (15)

i1=1 iy #i

that specifies the degree of feasibility of using j-th variant of means of cyber protection
in [-th situation, for example, in the implementation of the attack of class DDoS or
DoS, j = 1,m [6, 12, 19, 31, 32]

To solve the assessments problem of the appropriateness D; degree of options for
cyber defence for any set of monitored parameters in determining the vectors of
parameter estimates of equations [8, 19], the methodology used for compiling and
solving the system of fuzzy logical equations [8, 19, 27]. The most natural approach to
solving the problem of calculating the components of vectors z; = (zl’ , zé, ey zjl) for
each set of values of the controlled variables X; = (x;1,xp, . . ., Xin) is the following. For
each variable generates a set of membership functions l,bj(xi), j=1,m,i=1,n, where
¥;(x;) — is the membership function of the controlled variable x; of fuzzy set of values
M;; conducive to the realization of j-th version of the defence CS.

The introduction of the aggregate of such membership functions allows to interpret
the measured value of each controlled variable x; as a fuzzy number, whose degree of
belonging to each of fuzzy sets M;;, M, . ..,M;, is determined by the corresponding
values ;(x;) of membership functions.

Then the calculated numbers y1,3», .. .,Jj, ..., determine the fuzzy values of the
degree of appropriateness of the use of appropriate cyber defence in ICS for a set of
measured values of controlled variables of the state information security of IO.

Applying the rules to perform operations on fuzzy numbers, when the membership
function of the controlled parameter fuzzy set of values conducive to the realization of the
Jj-th variant is described by the function (L-R)-type [31, 32], obtain the membership
functions of fuzzy numbers y;, j = 1,m, determining the degree of desirability of
selecting a specific solution for logical procedures of detection of C-A (LPDCA) [19, 32].
Where available, modelling will be based on the results of works [8, 19, 26, 32]. The
corresponding number for the j-th variant of cyber defence in a particular situation of
decision making in the vector of controlled variables X* = (x},x3, .. .,x}) is equal to the
equation [32].

n
St 35St (S 3 Dt )
L =1 i1 =lip#i =1 =lip#i) ’ j= 17m
Z“ %+ z:l ; itin (anlﬂ +‘12“'1J>
I 1
Y, (X7) = .. .
(Z&{x:+ > Z)(Z SRS DI )
R =l i1=lip#i (=l #i . o> O,ﬁ > 0.
Z ,ﬁ’/+ le ; 1]12( zlﬁ'y+x12ﬁ11/)
1=Lix i)

(16)
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Types of decisions in the relevant policy CS of IO are selected as follows (based on the
works [12, 13, 17, 31, 32]): protection for CCS is not needed (d1); protection of CCS is
not required to update the system software CCS (d2); need update anti-virus protection
(d3); need to update the technical means of information protection (TMIP) for CCS (d4);
requires installation of firewall (FW) (d5); need to establish C-A detection system (d6);
need update modules CCS (d7); necessary organizational measures to distribute access
to CCS (d8); requires installation of means of protection against information leakage
through other sources (d9). The factors influencing the choice of solutions on the cyber
defence ICS represented as linguistic variables (Table 1) for which the selected set and
universal terms. Then the need to use a specific strategy for the protection of IO may be

described by the following dependencies:

Table 1. Factors influencing the choice of strategy of cyber defence of CCS (or ICS)

Partial setting of the state Universe
x1 — the level of secrecy of information resources [0, 1]

X, — mode access to hardware CCS [0, 1]

x3 — level of protection against the unauthorized (UNA) coping [0, 1]

x4 — cases UNA data destruction on the CCS [0, 1]

x5 — cases of incorrect work of the software CCS [0, 1]

Xg — access control [0, 1]

x7 — condition novelty of system software [0, 100], %
xg — availability of cryptographic tools in CCS [0, 1001, %
X9 — number of incidents by information security for the CCS [0, 1]

x10 — qualified staff in CCS [0, 1]

x11 — intervention in the work of the CCS from the outside [0, 100], %
X1 — availability of funds reservation of important information in the CCS [0, 1001, %
x13 — information loss due to the failure of ICS [0, 1]

x14 — availability of systems to combat cyber attacks [0, 1]

X5 — type of antivirus software [0, 1]

X16 — availability of audit procedures for CCS [0, 1]

x17 — the availability of means of identification and authentication of users of CCS | [0, 1]

x1g — active TMIP in CCS [0, 1]

X19 — passive TMIP in CCS [0, 1]

D = fp(x19, Y4, ¥5),y1 = fi1(x3, X4, X5, X6, X7, ¥3),
y2 = faxo, X10, X11, X12),¥3 = f3(X8, X13, X14),
ya = fa(x1s, X6, X17, X18),¥5 = fs(x1, X2, Y1, ¥2),

where D is the state of cyber defence of 10, vy, vy, y3, V4, ¥5 — intermediate, General
variables: y; — the state of cyber defence of IO {below the critical (bc), critical (cr), above
the critical (ac), high (h)}; y» — the influence of external factors {adverse (a)
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blank;moderate (m), enabling (e)}; y3 — the level of security of IO {below the critical (ba),
critical (c), above the critical (ac), high (h)}; y4 — personnel qualifications {low (1), below
average (ba) average (a) above average (aa), high (h)}; ys — the need to improve cyber
defence ICS {doesn’t need it, update system software (uss), virus protection (vp),
installation of ICS (isw)} [26, 31, 32].

The software package “Decision Support System of Management protection of
information — DMSSCIS” [8, 19, 26, 32], designed for reasoned choice of a rational set
of information security in the process of designing information security systems of
information objects. DMSSCIS was also used in the modernization of existing infor-
mation security systems in data centers of transport companies in Salt (2015-2016,
Jordan), Kyiv (2016-2017, Ukraine).

5 Results

On the software DMSSCIS [29], that particular selection method implemented an
efficient option for responding to security events. The results are shown in Table 2.

Figure 1 shows examples of results of simulating the rational sets of information
protection means (IPM) received using DMSSCIS. As can be seen from the graphs in
Fig. 1(a), an increase in appropriations of information protection means (IPM) [29, 32]
around the perimeter of information and communication systems of transport enter-
prises (ICSTE), for example, a large railway junction or motor transport enterprise,
leads to a reduction in all probabilistic indicators of the possibility to successfully
implement the attack.

In Fig. 1(a) the graphs for the perimeters I, IL, IV are shown. For example, with the total
costs for an ICSTE node at the IPM perimeter [V (PNE (IV) — the perimeter of the network
equipment [1, 2, 31, 32]), is about 5000 to 5300 conventional monetary units (cvu) the
probability of the offender achieving all of his goals is P, = 0.00082. The curve in Fig. 1(a)
has a pronounced exponential character with a negative coefficient.

As can be seen from the graphs, the increase in costs for IPM of perimeters above a
certain level (for example, for the perimeter PNE (IV) > 12900 cvu) is not appropriate.
This is due to the fact that after the subsequent increase in the amount of appropriations
for the IPM perimeter, the probability of the offender reaching all his goals is practi-
cally not reduced.

Figure 1(b) shows the indicator of the total cost of ICS related to the actions of the
attacking party, as well as the allocations for the MIP, on the likelihood of successful
implementation of IPR activities. The graph has a pronounced minimum. Thus, starting
from the extremum point, the cost level CZ exceeds the loss of losses from C-A to
ICSTE.

During the research the possibility was taken into account of an attack that
implements remote intrusion through the perimeter, the availability of internal and
external users, and abusers that have high privileges and violate the safety of infor-
mation. After the formation of efficient information security in enterprises which took
part in the study, with the help of intelligent decision support “DMSSCIS” the pre-
dicted value was 1,78—1,91% risk that there was an average value of 5,9-6,2 times less
risk to information security systems compared to before.
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Table 2. The results of testing the software system DMSSCIS

Class of
cyber-attacks (C-A)

U2R

R2L

DOS/DDOS

The external attack
via Wi Fi

A remote attack via
lines on the
perimeter

Options for responding to the current settings information of
environment of information object
There are some linguistic variables added to IDSS: A — «number of
unusual events in network against the spreading of attack», B —
«number of unusual events in the host», C — «number of unusual
events in IO perimeter», P, — «probability of the fact that found
unusual activity is an attack»
A=1,B=1,P,=025,.,03

A=2,B=3,
P,=0,5,...,0,6

The end of session
attack source node
A=1,B=3,
P,=04,...,0,65
The end of session
attack source node
A=2,B=3,C=2,
P,=0,5,...,0,7

Sending a warning message to the user

A=1,B=1,P, =02,

.04

Sending a warning message to the user

A=1,B=1,C=2,P,=04,...,0.65

The end of session
attack source node
A=3,B=2,C=3,
P,=0,6...07

Blocking access

point
A=3,B=4,C=2,
P,=0,6...0,8

Blocking access to
the server in the
network

Sending a warning message to the user

A=1,B=1C=2,
P,=04..06

DOS-attack on

stations
A=1,B=1,C=1,
P,=0.2...04

Reconfiguration of
security services to
block IP

A
C =
0,5
he lack of
response
A=1,B=2,
C=1,
P, =0,07...0,25
Sending a
warning message
to the user

The cost of optimal variants of the IS sets using an object function — v;(x;)

Example. The perimeter of the network equipment 5000-5300 cvu. (For a large information
node of a transport enterprise)

The proposed approach to constructing a comprehensive information security
management system for IO allowed us to reduce expenditures for IPM by 32-35%
compared to alternative methods [6, 10, 14, 30, 31].

A certain shortcoming of the “DMSSCIS” is the requirement to engage at the initial
stage of examination a few independent experts for the construction of membership
functions and compiling production rules. At the present stage of research, for this
purpose we employed tools from the Fuzzy Toolbox (Matlab), which computes such
indicators of MIP as “protection of information” for each involved perimeter of

protection.
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Fig. 1. The results using DMSSCIS of the rational sets of IPM for 10
Further development of the work may lay in the improvement of the interaction of

traditional cybersecurity mechanisms used in transport and the proposed decision
support system — DMSSCIS.
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In general, based on the conducted numerical experiments in the MatLab envi-
ronment, and the results obtained for the actual operating conditions of “DMSSCIS”,
we can ascertain the effectiveness of the proposed model.

6 Conclusion

1. We improved a model for the operational management of ICS CS and the formation
of a balanced complex of means of protection. The model is based on the mor-
phological approach. In contrast to the existing solutions, the model with regard to
the morphological matrices for each of the perimeters of protection of ICS prepared
by DMSSCIS allows us to generate variants of sets of means of protection, which
take into account the compatibility of software and hardware tools.

2. A developed software suite was made for intelligent decision support circuits
organizational, technical and operational management of information system pro-
tection facilities. It confirmed the adequacy of the proposed models and algorithms.
By using the developed system of intelligent decision support, networks of enter-
prises using DMSSCIS reduced the projected cost of the planned system of pro-
tection to 35%.
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Abstract. The project was intended to develop a way of improving outcomes
of brainstorming sessions and acquiring participants involvement during those
appointments. We analyzed existing team work schemes and most commonly
faced issues. Having examined hallmarks of available solutions we proposed
a prototype of a desktop program paired with a mobile application that
automatizes a flow of a session by significantly reducing amount of required
on-the-fly noting during the ideation process thanks to an electronic record
system that collects both ideas and a user activity. This helps keeping team
members not distracted from the actual brainstorming process. Proposed tool
enhances both performance and experience as well as enables deeper ex-post
analysis of a whole brainstorming session flow. Several groups of students have
participated in a user study on the influence of the tool. Favorable reports and
feedback have been received stating that the prototype has a positive impact
both on users work and the sessions outcome.

Keywords: Teamwork - Assessment - Brainstorming session - Design
observatory * Electronic brainstorming + Nominal brainstorming

1 Introduction

The possibilities of enhancing interpersonal relations during brainstorming sessions
have been widely researched from both psychological and practical perspective. Design
Thinking Observatories carefully monitor the behavior of team members, registering
their actions and events to analyze, whether the discussion is heading in the right
direction [2, 3]. The observatories are handled by trained people and utilized a set of
cameras, microphones and some sort of a registering application. For the brainstorming
sessions one of the challenges ahead, apart from the direct relations among the team
members, is to create an insight for the team members to synthesize the ideas, and
organize the data in use during the discussion. The data should be legible to create a
shared understanding among all team members, because people might have diverse
individual perspectives that guide their interpretations [1]. In our work, we wanted to
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make a combination of both approaches. Although, we did not monitor the exact
behaviors of the members via cameras and microphones, but rather their activity
through the number of ideas given during the brainstorming session. Our goal was to
develop a way of assessing and organizing the discussion data in a clean way.

The following article is divided into several sections. First section takes a look at
related work in the topic of electronic brainstorming solutions. Then the proposed system
design is introduced. Before the final section where results of performed tests are for-
mulated, a short section concerns also the technology used during development process.

2 Related Work

There has been much research conducted in the field of electronic brainstorming. The
experiments considered several types of brainstorming sessions with varying number of
people in the teams and other factors influencing the sessions. In these studies the
people were usually introduced to a kind of EBS (Electronic Brainstorming System),
which helped them register the ideas into a common database. The EBS were usually
applications installed on the computers. As stated in [4], when exposed to the EBS, the
subjects of the research concentrated mainly on the computer instead of face-to-face
communication. “Approximately 96.6% of the planned time was spent working on the
computer. In contrast time spent in group interaction accounted for only 3.4% of the
session time”. Thus, the use of electronic brainstorming systems in the discussion
resulted in peculiar case of nominal brainstorming. Nominal brainstorming is a type of
a session in which each and every person has the time for their own evaluation of the
problem and individual gathering of the ideas. The downhill of this method is usually
the lack of dynamic idea exchange between the people and therefore lack of mutual
inspiration. On the other hand, participants could stay focused on the task at hand and
are less prone to distraction. Both types of brainstorming, whether nominal or
face-to-face have their pros and cons. In the other research from R. Brent Gallupe [7]
and Hamit Coskun [8] more variables were added to the idea of electronic brain-
storming. Firstly, the experiments were conducted several times with varying group
sizes to check the influence of the application usage on the effectiveness of the session.
Moreover in the second research the subjects were told in one of the experiments to
memorize all of the ideas that were given.

The results showed that with small groups the technology did not enhance the
productivity of the members. However the situation looks differently for larger teams.
“In the electronic groups, performance increased substantially with group size. In
contrast, performance in the non-electronic brainstorming groups did not increase as
group size increased” [8]. “The findings of all three experiments have consistently
demonstrated that unique and original ideas increased as the group size increased” [7].
Moreover in the latter article, the researchers told the subjects to memorize all the ideas
during the session. It resulted in an interesting outcome that for short-timed sessions it
turned out to be an obstacle. However for longer discussions the productivity increased,
as the subjects have a better outlook on the possible solutions.

Some work also highlights the importance of visual materials during the discussion
and ways of improving people’s attention during the discussions. “Two factors in
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particular seem to contribute to losses from inefficient attention processes: 1. attention
diversion because of excessive exposure to other people’s ideas, and 2. lack of attention
on other people’s ideas™ [5]. It is also proven that team members can concentrate more
effectively if they can easily view the ideas of other people, inspire themselves and
deliver new ideas based on the already existing ones. “The productivity gain was
mainly associated with higher elaboration on others’ ideas rather than with an increase
in the number of unique ideas” [5]. Other study took the above-mentioned point into
consideration, while developing a sticky notes interface for teams [9]. The study dis-
covered that there are three main factors contributing to the reduction of effectiveness
of brainstorming sessions:

1. Fear of negative evaluation of the idea, resulting in people withholding their ideas to
themselves.

2. The members not being fast enough to write all the ideas during a discussion, which
in some cases made these ideas no longer relevant or original.

3. Shallow elaboration on the ideas and lack of sources, which as a result leads to
difficulty in understanding and accepting the ideas by other members [9].

One of the solutions introduced by the study involved the idea of private sticky note
sections. The sections were utilized by the team members in order to store their tem-
porary ideas. They were not exposed to public knowledge, which enabled the users to
develop the ideas with no pressure. Thus, in our project we have high regard for
anonymity of users and ease of use of the resulting tool.

To conclude, what we aim for is finding a way of fusing nominal and face-to-face
brainstorming, so that people can discuss the matters and at the same time register their
own ideas. Nowadays it is not a common practice to have every team member work
with their laptop during a brainstorming session and not everyone can carry it around
all the time. We decided that our solution has to be more mobile to fit in current needs.
The EBS developed in this project cannot interfere in the course of discussion, so that
we have as much face-to-face interaction as possible. Our goal was also to display the
ideas in a legible way, provide an easy mean of idea evaluation and allow to extend the
already existing ideas at any point.

3 System Design and Principles of Operation

Main assumption was to provide an easy to use and independent solution which would
not require involvement of anyone not particularly interested in designing process and
which would not distract from the process itself. Eventually it should also be possible
to generate a plain and approachable report for the supervisor for evaluation purposes.
Video and sound recordings as well as real-time analysis from the outside were all
abandoned as a result of conclusion from previous research by Stanford University
team [2, 3]. Moreover, the recording sessions have been criticized to have a negative
impact on participants’ performance — they reported that they feel embarrassed about
expressing their ideas due to constant pressure and invigilation of the system. We came
up with a solution, which meets the requirements listed above but still respects con-
clusions from cited research. In order to deliver self-assessment utility we decided to
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provide team members with a mobile application, which is simple enough not to disturb
the natural flow of conversation. The entire user activity during a session should be
synchronized and gathered to create visualization for possible further analysis. To take
advantage of the existing solutions we decided to take the presentation of ideas using
sticky notes to another level. Thus, the application prototype consists of two main
components:

e Desktop application — run on a Personal Computer serves as host for client mobile
applications used by participants of the meeting. Meeting leader notes incoming
ideas which are then processed and used for visualization and report generation as
well as post-session analysis. It also serves as an interface to monitor individual
users’ activities.

e Mobile application — client application used by each meeting participant for sub-
mission of new ideas, expanding the existing ones and expressing attitude towards
each of them.

The basic idea behind the tool is the following: the meeting starts with users
logging with their mobile devices into the system set up by the desktop application.
The desktop application is being operated by an administrator of the meeting, usually a
scrum master or a secretary. Once they are logged in, the list of users is displayed and
the meeting can commence. The mobile application offers a simple interface, enabling
the user to express a new idea simply by pressing a button.

Firstly, the user presses the “New idea” button, which sends a notification to the
host application to open an interface for idea registration. Secondly, the administrator
types in the author’s idea. While new ideas flow in, the list of submissions is
dynamically refreshed and displayed to all participants. Once the submission stage is
finished, the interface alters a bit. The initial evaluation phase starts in which users can
assess the ideas. The amount of ideas, votes and user activity over time especially are
being registered in the system constantly (see Fig. 1).

3. Idea submission D D 1. Vote for D
@ 1. Vote against
D A/l Idea sending /2v Vote “to consider”

Fig. 1. Diagrams for basic mechanism of submitting an idea during a brainstorming session
(left), and for mechanism of voting on ideas after the session (right).

Collected data is used for generation of a virtual whiteboard filled with sticky notes.
It is a visual and fully interactive presentation of a brainstorming session outcome — the
notes can be freely dragged, grouped, prioritized and customized. They contain not
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3. Bramstormmg
1. Expomng,
session preview data

Fig. 2. Interactive presentation of ideas and user activity report generation

2. Interactive sticky notes

only ideas descriptions but also their popularity and a reference to a base idea if present
(see Fig. 2).

Gathered information would also be used for generation of another report for the
team supervisor — unlike the previous one, this would include the performance of each
participant and introduce the timeline presenting the whole course of the discussion.

The list below summarizes main features of the system:

Mobile application is intended to be easy to use and non-distracting.

Desktop application serves as a meeting journal/notepad and collects data for fur-
ther processing.

Collected and voted ideas are presented in a form of an interactive board.

This data might also be used to generate a report incorporating time factor which
could be used to performance measuring.

e Portability of the system is assured due to usage of the latest technologies available
on the market. Desktop application can be run on all popular operating systems like
Windows, Linux and OS X. Mobile application is prepared for Android, Windows
Phone and iOS.

4 Technology

In accordance to the proposed requirements our solution had to be developed using
technologies allowing it to be easily available across all popular devices and systems.
Several possible approaches included native platform development using three pro-
gramming languages simultaneously (Java, C#, Objective-C), low-level programming
in C/C++ or writing a web application partially in HTML and JavaScript. Most of
these technologies could come in handy in particular situations like game design
(native code) or displaying static web content (HTTP requests). The latter scenario has
become very popular these days and is widely supported by lots of new frameworks
like Rails, Node.js, Angular]JS, Apache Cordova etc. Our approach focused however on
creating real-time dynamic application allowing the highest possible efficiency to be
maintained during development process. Software portability and an offered set of
features making us capable of designing fully functional system led us to choose Java 8
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combined with the NetBeans Platform as the build tools for the desktop part of our
application and Xamarin.Forms with C# for the mobile part.

As it can be seen on the Fig. 3, the desktop part consists of 4 major modules. Java
application is the heart of the entire system. Its role is to provide an interface for the
session supervisor for setting up brainstorming meetings, introducing and updating
users data into database, generating web reports for the team and giving detailed
information about users activity in customizable and intuitive form. For data acquisition
we stood in front of a wide variety of relational database systems to choose from. In
terms of portability our aim was to provide users with an application that would not
require any extra components to be installed. That is why Apache Derby engine has been
embedded into our system. The database stores all necessary information including
users’ activity and outcomes of all performed sessions. To bind all these components
together with the mobile application a local server has been set up also on the desk-
top. Data transmission is handled through two types of sockets. UDP socket broadcasts
information about host PC (IP address) in a local network. That data is then received by
mobile clients and used to establish end-to-end dedicated connections between devices
through TCP socket. When a session is over, the supervisor is able to generate a report
with interactive sticky notes that can be displayed on large surfaces like a screen or
Surface Hub. That part has been designed using leading front-end web technology
Angular]S. The most important part of the project was to deliver a mobile application
with highly intuitive and simple interface. That is why it is presented on just two main
views — one for authentication process and the other for brainstorming activities. When
pairing with host is successful a connected user is allowed to submit new ideas as well
as, according to brainstorming rules, extend each of them (the so called “Yes, and...”
behavior). List of all proposed ideas is displayed instantaneously at the top of the screen.
When the voting phase is reached new buttons appear and user can share his opinion
about every proposal (see Fig. 4). Given the fact that mobile smart devices are getting
more and more popular nowadays and almost every functionality of additional elec-
tronic equipment is now replaced with a mobile application we believe that using
participants’ own personal devices is much more comfortable than introducing lots of
new, single-use hardware interfaces, especially in the studied topic.

Apache <:> Desktop <,’_:f> Local network

Derby application

Mobile
Web obil
E applications

Fig. 3. Block scheme of the application

N\
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To
consider

Fig. 4. Screens with the main views of the desktop application (left) and the mobile application
(right)

5 Testing and Results Discussion

In contrast to many related studies [1, 9] our solution does not change the way how
brainstorming sessions flow e.g. by dropping user-to-user verbal interactions com-
pletely. Instead it enhances them by increasing participants activity and bringing tools
for later investigation and finding events that might have not been caught during
meetings. In early stage of the project we presented the mobile application prototype to
fellow students asking for their feedback towards the interface. It resulted in several
improvements including separation of session into stages; expanding voting possibil-
ities; ‘look&feel” improvements as well as in providing the features that would not
likely become available in traditional brainstorming sessions such as providing par-
ticipants with multimedia materials related to a session’s topic instantly.

Once we developed a fully functional prototype in order to measure the effec-
tiveness of proposed solution we carried out several iterations of field studies in form of
a comparative analysis — we wanted to measure how our tools stand confronted with a
conventional approach. In order to do that we inquired several groups of students
(members of Team Project; a Problem Based Learning method-based projects run at the
International Faculty of Engineering, Lodz University of Technology, Poland) to
participate in two subsequent brainstorming sessions. At the beginning of each session,
the participants were given the discussion topic. The difference of the half of experi-
mental group lied in method of noting the ideas — the first was a traditional “sticky
notes and pens” session. The second group of participants were provided with
smartphones having the proposed application installed. At the same time, one of the
research group members took the role of a meeting secretary working in the desktop
mode. This is illustrated on Fig. 5.

At the end of first phase we asked the groups about how they had felt about their
performance as well as how technology might had been be used to boost it. After
second part we repeated the question about performance and requested feedback on
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“

Fig. 5. 1st phase of testing — pen and paper session (left) and the 2nd phase of testing — session
with the tool (right).

Table 1. User satisfaction.

Questions Rating (average, scale 0—10)

Group 1 | Group 2 ‘ Group 3 ‘ Group 4

1st session — pen and paper
How would you rate your performance? ‘ 5.00 | 7.00 ‘ 6.33 ‘ 6.33
2nd session — E-brainstorming tool

How would you rate your performance?

How helpful was the tool? 8.33 7.33 7.33 7.33

8.00 |5.33 7.00 7.33

how useful our tool was compared to the traditional sticky notes. For this purpose we
used a range of values starting from O to 10. The results are listed in Table 1.

Most of the groups stated that their performance was somewhat better when using
the mobile application. Only one group stated otherwise; yet at the same time they
pointed out that they found the main topic of the discussion difficult to discuss. For this
reason we put more focus on the answers how the tool helped them to communicate
and to express their ideas.

All the participants were generally satisfied with the proposed application and they
reported improved experience in their performance. Apart from statistical data we
asked few open questions about general feeling about proposed solution. Common
opinion stated that the presence of the secretary is invaluable for assuring better order
of the session course and for providing participants with more time to focus on
developing ideas rather than writing them down. The mobile application was praised
for eliminating the problem of occurrence of repetitive ideas in fast-paced sessions as
well as ‘biased voting’” — making it anonymous prevents voting on personal preference
rather than by the value of idea itself.

The participants also stated that the straightforward interface and its different look
in consecutive phases makes it easy to understand the rules of brainstorming concept
for people unfamiliar with it. It keeps the ideas tidy and clean and the system allows
exporting and sharing the results of the session. The virtual sticky notes board (see
Fig. 6) was also well received. The participants valued its aesthetics — in case of
numerous real-life notes, the whole board becomes unreadable and very often hard to
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Fig. 6. Brainstorming session review with the use of interactive sticky notes.

manipulate while the virtual counterpart makes it simpler and well-organized. We
observed that using the application stimulates activity of previously passive team
members. People, whose productivity was clearly much lower in the regular brain-
storming session, became more creative and expressive in the second phase. This might
be caused by collecting data about each user’s input.

We also received some hints about further improvement of the system including
adapting it for the design teams located in distant places, more detailed ideas view in
the mobile application, introduction of folders in the interactive board and some other
minor interface changes.

6 Conclusions and Future Work

This paper presents a successful approach enhancing participants’ performance during
brainstorming sessions with the aid of a computer-aided ideas recording system.
Instead of noting down the ideas onto the post-it notes, users can focus on the ideas
generation with no distraction associated with writing; since the system managed by a
third person takes care of session’s results maintenance. Recorded ideas can then be
used to build ideas further on, or to vote and judge on the ideas as well as to display
them eventually as virtual post-it-based ideation results. Proposed tool being a tandem
of desktop and mobile applications has been successfully implemented and tested by
several groups of students. Comparative analysis proved that it had positive influence
on their performance what has been proved both in number of generated ideas and their
subjective opinion. What is more, the mobile application has been well received and
the participants valued its potential. This led us to decision of further development of
this tool. The most interesting fields of further development is the multitouch large
surface implementation such as presented here [10], as well as to consider crowd-
sourcing as a possible way of interaction within the ideation meetings such as for
scientific, tomography purposes [11, 12] provided careful interface design is assured as
pointed out in [13].
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Abstract. The paper describes our further research done with the proposed
analytical and simulation traffic models of the Next Generation Network (NGN),
which is standardized for delivering multimedia services with strict quality and
includes elements of the IP Multimedia Subsystem (IMS). The aim of our
models of a single IMS/NGN domain is to evaluate two standardized call
processing performance parameters, which appropriate values are very impor-
tant for satisfaction of users and overall success of the IMS/NGN concept. These
parameters are mean Call Set-up Delay E(CSD) and mean Call Disengagement
Delay E(CDD). Our latest investigations concern improving the conformity of
the analytical results and experimental results obtained using the simulation
model, which implements the operation of real network elements according to
current standards and research. In this paper the results of calculations using
PH/PH/1 queuing systems are presented, in which arrival and service distribu-
tions are phase-type distributions computed using maximum likelihood and
distance minimization fitting algorithms based on experimental histograms.
Presented latest results are compared to these obtained using other, previously
investigated queuing systems. Additionally, computational complexity of all
examined queuing systems is analyzed. As a result, some general remarks
concerning all tested queuing systems and their applicability to NGN are
provided.

Keywords: IMS - NGN - Call processing performance - Phase-type
distributions -+ PH/PH/1 - Traffic model

1 Introduction

Our research concerns the Next Generation Network (NGN) [1], which is a stan-
dardized network architecture based on the IP Multimedia Subsystem (IMS) [2] (hence
the names “IMS-based NGN” and “IMS/NGN” are commonly used), proposed for
fulfilling the needs of current and future information society concerning delivering
multimedia services. For a commercial success this new concept of telecommunication
network should be properly designed, to guarantee the values of quality parameters,
which are satisfactory for users (e.g. standardized call processing performance
parameters [3, 4], which include mean Call Set-up Delay E(CSD) mean Call
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Disengagement Delay E(CDD)). To achieve this aim, proposition and application of
appropriate traffic models is necessary to investigate the relations between network
parameters and guaranteed quality parameters.

Performed review indicated that research on these aspects is in early phase and the
majority of available traffic models do not include the operation of all standardized
IMS/NGN elements (such as RACF, Resource and Admission Control Functions,
responsible for resource control) or service scenarios and do not allow assessment of
call processing performance parameters. The fact that IMS/NGN is now in the
implementation stage and the problem of ensuring quality becomes more and more
important led us to start investigations in this area.

In the paper we continue our research concerning the formerly proposed simulation
[5] and analytical [6] traffic model of a single domain of IMS/NGN, which allow
evaluation of E(CSD) and E(CDD). Our latest investigations focus on finding the best
queuing system for the analytical model to achieve the best conformity with the
experimental results provided by the simulation model. In the simulation model not
theoretical queuing systems but the operation of real network elements and standard-
ized call scenarios are accurately implemented (the simulated elements process SIP and
Diameter messages according to standards). Consequently, the simulation model
reflects the phenomena taking place in real IMS/NGN network and can be considered
as a reference for evaluation of quality of the analytical results. In the previous stages of
our research we examined the following queuing systems in our analytical model (as
IMS/NGN elements are servers with lots of memory available for message queues and
in all examined cases high queue lengths are very improbable — due to constraints on
E(CSD) and E(CDD) — the analysis of the system can be readily done using queuing
models with infinite waiting room capacity):

— M/G/1 based on two moments of service distribution — used in our first approach [6]
although were aware of the fact that intervals between messages at the inputs of
IMS/NGN elements are generally not exponential; the results were under many
conditions acceptable but poor conformity of calculations and simulations could be
observed under high load and also when IMS/NGN elements were connected using
links with relatively low bandwidth,

— G/G/1 based on two or three moments of arrival distribution and two moments of
service distribution [7] — used in the next step of our research; they did not sig-
nificantly improve the results,

— PH/PH/1 with arrival and service distributions represented by phase-type distribu-
tions [8—11] obtained using moment matching algorithms [12]; good conformity
between analytical and simulation results were observable but we still did not find
one universal queuing system for all considered data sets.

The completion of the above mentioned research, introduced in this paper, are
investigations with PH/PH/1 queuing systems obtained using maximum likelihood and
distance minimization fitting algorithms, which base on whole experimental histograms
(not only on their moments) and due to this fact can lead to better results than for the
previously examined queuing systems. In this paper the results for PH/PH/1 queuing
systems obtained using maximum likelihood and distance minimization fitting algo-
rithms are compared to the best results achieved in the previous stages. Moreover, we
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present the analysis of computational complexity for the queuing systems used in all
stages of our research (M/G/1, G/G/1, PH/PH/1 with all investigated fitting algorithms),
which has not been evaluated before. The rest of the text is organized as follows. Basic
details about the proposed IMS/NGN traffic models are presented in Sect. 2. Ele-
mentary information about phase-type distributions, algorithms for fitting this type of
distributions to arrival and service distributions in IMS/NGN and analyzing PH/PH/1
queuing systems is provided in Sect. 3. The results of the performed investigations are
presented and discussed in Sect. 4. Summary and future work are described in Sect. 5.

2 Traffic Model of IMS/NGN

Our research concerns the ITU-T NGN architecture, which is the most advanced of all
available NGN solutions [13]. Based on current standards and scientific work we have
proposed an analytical [6] and simulation [5] model of a single ITU-T NGN domain,
which contain the elements depicted in Fig. 1, performing the following roles [6, 7, 12]:

\P CSCF S-CSCF
‘
UE2 ./
RACF
(PD-FE)

Fig. 1. Model of a single domain of IMS/NGN [6, 14, 15].

UE1

— User Equipments (UEs): user terminals generating call set-up and disengagement
requests, registered in the domain,

— P-CSCF (Proxy — Call Session Control Function): the server responsible for
receiving all messages from UEs and forwarding them to the S-CSCF server,

— S-CSCF (Serving — Call Session Control Function): the main server handling all
calls,

— RACF (Resource and Admission Control Functions): the unit of the transport
stratum, which allocates resources for a new call and releases resources during call
disengagement.

The above mentioned network elements participate in a standardized voice call
scenario [14-18] depicted in Fig. 2. For resource operations (allocation, release)
Diameter protocol [19] messages are exchanged between P-CSCF and RACF. Other
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Fig. 2. Call set-up (messages 1-24) and call disengagement (messages 26—35) scenario in a
single domain of IMS/NGN [6].
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elements communicate using SIP protocol [20]. More details regarding the call scenario
are out of the scope of this paper and can be found in [6].

Based on the ¢;,—t,, times illustrated in Fig. 2 and the definitions given by the ITU-T
[3, 4], Call Set-up Delay (CSD) and Call Disengagement Delay (CDD) for a single call
can be calculated as follows:

CSD = (tz—l‘l) + (l4—t3) + (l‘6—t5) (1)
CDD = (t3—t7) + (tio—19) (2)

Formulas (1) and (2) are used to obtain the output variables evaluated by our traffic
models, which are mean CSD, E(CSD), and mean CDD, E(CDD) [3, 4]. The analytical
and simulation models represent different approaches to assess E(CSD) and E(CDD)
(more details will be provided later). However, both of them use a similar set of the
input variables, from which the most vital are [5, 6]:

— Amvv: the intensity of aggregated call set-up requests (SIP INVITE messages from
many terminals) generated by UE1 with exponential intervals,

— Ty and Tyyyo: the times of processing SIP INVITE messages by P-CSCF and
S-CSCEF correspondingly,

- a (k=1,2, ..., 8): the factors determining times of processing other SIP and
Diameter messages by CSCF servers according to Table 1,

— Tx: the time of processing messages by RACF,

— lengths and bandwidths of optical links, lengths of transmitted messages: values
necessary to calculate communication times between network elements.

Table 1. Message processing times of CSCF servers.

Message P-CSCF processing times | S-CSCF processing times
SIP INVITE Tinvi Tinv2

SIP 100 Trying Tyr; = a; * Tinvi Trrz2 = a; * Tinvz

SIP 180 Ringing Tring1 = az * Tiyvi TrinG2 = a2 * Tiny2

SIP 200 OK (answer to INVITE) | Tpx; = as * Tivy: Tok> = as * Tiyy>

SIP ACK Tacki = aq * Tinvi Tackz2 = aq * Tinyz

SIP BYE Tpye: = as * Tiyvs Tpye2 = as * Tinvz

SIP 200 OK (answer to BYE) Toksyer = as * Tinvi Toxpyez = as * Tinv2
Diameter AAA Taaar = az * Tiyy; Tanaz = a7 * Tiyyz
Diameter STA Tsta1 = ag * Tivvs Tsra2 = ag * Tinvz

The simulation model [5, 6], developed in the OMNeT++ framework [21],
implements the operation of the network elements and call scenario depicted in Figs. 1
and 2. CSCF servers in the model include Central Processing Units (CPUs), which are
responsible for handling messages incoming from other elements according to the
assumed call scenario (Fig. 2). When CPUs are busy incoming messages are stored in
CPU queues. Other network elements in the model respond with a particular delay
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(RACEF responsible for resource allocation and release as well as UEs representing
many user terminals). Each element of the model includes communication queues (one
for each outgoing link), which buffer messages before sending them through links
when links are busy. During simulation the #;,—¢;, times (Fig. 2) are stored for all
performed call scenarios and used to obtain CSD (1) and CDD (2). At the end of
simulation E(CSD) and E(CDD) are calculated along with corresponding confidence
intervals for a defined confidence level [5, 6].

In the analytical model mean values of theoretical delays introduced by the ele-
ments depicted in Fig. 1 are calculated and appropriately summed to obtain mean CSD
and mean CDD [6, 7, 12]. These component delays include:

— mean message waiting times in communication queues; for calculation of these
times mathematical models of queuing systems are used,

— message transmission times (message lengths divided by links bandwidths),

— propagation times (equal to 5 pus/km — optical links are assumed),

— mean message waiting times in CSCF servers CPU queues; for calculation of these
times mathematical models of queuing systems are used,

— message processing times by CSCF servers CPUs (Table 1) and RACF (T input
variable).

Due to the fact that the simulation model implements real IMS/NGN elements and
call scenario, it reflects the phenomena occurring in the real network (message trans-
mission, queuing, handling, etc.) and can be used to assess the quality of the analytical
model based on theoretical calculations. More details about both models cannot be
provided in this paper due to lack of space and can be found in [5-7, 12].

3 Phase-Type Distributions

Phase-type distributions [8—11] are probability distributions that result from a system of
one or more inter-related Poisson processes occurring in sequence or phases. Special
cases of continuous phase-type distributions are [8—11]: exponential distribution,
Erlang distribution, Coxian distribution, Hyperexponential distribution (also called a
mixture of exponential) and Hypoexponential distribution.

Our interest in phase-type distributions is related to their very important feature. As
the set of phase-type distributions is dense in the field of all positive-valued distribu-
tions [8—11], they can represent or approximate (with any accuracy) any positive
valued distribution. There are several algorithms for fitting different subsets of
phase-type distributions to experimental data based on a specified number of first
moments [8—11] or whole experimental histograms [11, 22-24].

Using such algorithms phase-type distributions can be fitted to all arrival and
service distributions in the network [25]. After that, some characteristics of queues, like
mean message waiting times (required in our research), can be calculated through
analysis of PH/PH/l queuing systems. Such analysis can be done by solving
quasi-birth-and-death (QBD) Markov chains using matrix-analytic methods [26, 27].
Alternatively, formulas for analyzing queues with MAP (Markovian Arrival Process)
or BMAP (Batch Markovian Arrival Process) distributions [28, 29] can be used as
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these types of distributions are supersets of phase-type distributions. Several solvers are
available and we have tested two [30, 31] designed for the MATLAB environment
used in our research. Both of the tested solvers provided very similar results, however
the second one [31] was chosen for further use due to faster and direct calculation of
mean waiting time [12].

As already mentioned, in this paper we perform investigations with PH/PH/1
queuing systems, in which phase-type distributions are fitted using maximum likeli-
hood and distance minimization algorithms based on whole experimental histograms.
The set of investigated algorithms included (the first three belong to the family of
maximum likelihood algorithms, while the last two are distance minimization
algorithms):

— EMpht [11] - fitting general phase-type distributions using Expectation-
Maximisation (EM) algorithm; in our research distributions of order 4 were fitted
with the number of iterations equal to 6000; due to large computation times the
number of samples of each experimental histogram was limited to 100000,

— GFIT1 [22] - fitting Hyper-Erlang phase-type distributions using Expectation-
Maximisation (EM) algorithm; the order of fitted distributions was set to 4; the
number of samples of each experimental histogram was limited to 1000000,

— GFIT2 [22] - the same algorithm as in GFIT1, however, here distributions of order
10 were fitted and the number of samples of each experimental histogram was
limited to 700000,

— PhFitl [24] - fitting acyclic phase-type distributions using distance minimization
algorithm; distributions of order 4 were fitted with total number of iterations equal
to 3000 (3 rounds with 1000 iterations); the investigated distance metric was rel-
ative entropy; the number of samples of each experimental histogram was limited to
200000,

— PhFit3 [24] — the same algorithm as in PhFitl, however, here distributions of order
10 were fitted and the number of samples of each experimental histogram was
limited to 100000.

The number of iterations was chosen experimentally for each of the algorithms
according to its convergence speed.

To apply the above mentioned fitting algorithms in the analytical model, a full
description of arrival and service distributions for all IMS/NGN elements was neces-
sary. This was not a problem for service distributions as they result from times of
processing individual messages by network elements (defined by the input variables;
for links they are determined by message lengths and link bandwidths) and the set of
messages handled by each element (given by the assumed call scenario).

When it comes to arrival distributions, only theoretical intensity of messages
handled by all networks elements is known from the call scenario and ;yy. Therefore,
in this case phase-type distributions were fitted to experimental histograms recorded
using the simulation model [25]. The results of the performed investigations are
described in the next section.
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4 Results

In order to compare the latest E(CSD) and E(CDD) results with these obtained in our
previous papers [6, 7, 12], the same input data sets (presented in Table 2) were used.
We also assumed identical message lengths (Table 3) as well as the a; factors:
a;=02,a,=02,a;=0.6,a, =0.3, a5 = 0.6, as = 0.3, a, = 0.6, ag = 0.6 (Table 1).

Table 2. Input data sets.

Data set | Ay [1/8] | Tynys [ms] | Tynyo [ms] | Ty [ms] | Links

la 5-250 0.5 0.5 3 No links

1b 5-250 0.5 0.5 3 300 km, 10 Mbit/s
1c 5-250 0.5 0.5 3 300 km, 100 Mbit/s

Table 3. Message lengths [32].

Message Length in bytes
SIP INVITE 930
SIP 100 Trying 450
SIP 180 Ringing 450
SIP 200 OK (answer to INVITE) | 990
SIP ACK 630
SIP BYE 510
SIP 200 OK (answer to BYE) 500
Diameter messages 750

The values of the input variables were taken according to current research (e.g.
message lengths, which were measured experimentally in paper [32]) and our expe-
rience regarding telecommunication networks (e.g. the length of 300 km assumed for
all links represents a typical distance between larger cities in Poland). Due to the fact
that in our traffic models quite a large number of the input variables is used (Sect. 2), in
the research presented in this paper we focused on call set-up request intensity, which is
a typical and very commonly investigated parameter for telecommunication networks.
Additionally, we examined different parameters of links (length and bandwidth), which
have a significant impact on the final results.

As already mentioned in Sect. 3, in the research described in this paper phase-type
distributions were fitted to message arrival and service distributions for all network
elements, using maximum likelihood and distance minimization algorithms. In the next
step mean message waiting times were calculated through analysis of PH/PH/1 queuing
systems. The resultant mean waiting times were applied to compute the considered total
system responses — E(CSD) and E(CDD).

Apart from fitting phase-type distributions to both arrival and service distributions
of all elements (PH/PH/1 queuing systems), we also assumed that either arrival or
service distributions are exponential (special cases of phase-type distributions), which
resulted in M/PH/1 and PH/M/1 queuing systems correspondingly.
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The above mentioned computations required full description of arrival and service
distributions for all network elements. As arrival distributions are not fully described by
the input variables (Sect. 3), they were obtained experimentally, using our simulation
model. The simulations were performed with the following parameters [7, 12]:

warm-up period: 1500 s,

5 measurement periods,

0.95 confidence level,

simulation is finished when confidence intervals for E(CSD) and E(CDD) do not
exceed 5% of mean Call Set-up Delay and mean Call Disengagement Delay or
when total simulation time exceeds 10000 s; with such stop conditions at least
10000 message inter-arrival times were obtained during each simulation.

The results obtained for data sets la—1c (Table 2) are presented in Figs. 3, 4 and 5
as E(CSD) and E(CDD) versus call set-up request intensity curves. In each subfigure
(Figs. 3, 4 and 5 contain six subfigures) we present results of simulations, calculations

40 40 40
+ simulation | * simulation | * simulation
M/G/ I M/IG/1 I M/G/1 I
o PH/PH/1: EMpht ‘ o PH/M/1: EMpht L > M/PH/1: EMpht |
o PH/PH/1: GFIT1 | ° PH/M/1: GFIT1 al o M/PH/1: GFIT1
30} © PH/PH/: GFIT2 30t © PH/M/M:GFIT2 30+ © M/PH/: GFIT2
@ | © PH/PH/: PhFit1 ]; @ | © PHIM/: PhFit1 I =" o MIPHA: PhFit1 1
£ * PH/PH/1: PhFit3 | £ < PH/M/M: PhFit3 a” £ * M/IPH/1: PhFit3 |
— 'S — x P~ [}
3 18 18 f
] [:]
720 Ir { T2 4 meo I
ig i If
g P 8 o
. ¥ a® ) I -1 > 5 = s &
10lg & 8 ¢ ° 10t 2 - 10,e— 8 5 o °
50 100 150 200 250 50 100 150 200 250 50 100 150 200 250
Ay [175] Ay [175] A [175]
{ {
= simulation I . :/ill;nGU/lf“O" :[ » simulation I
—M/G/1 M/G/
20/, BH/PHIT: EMpht | 20 . pH/M/A: EMpht 3| 200 . MPH/1: EMpht
o PH/PH/: GFIT1 o PH/M/1: GFIT1 [ o M/PH/1: GFIT1
o PH/PH/: GFIT2 L © PH/M/1: GFIT2 © MIPH/1: GFIT2 I
@ | © PHIPH/: PhFit1 @ © PH/M/1: PhFit1 o o M/PH/1: PhFit1
E.150 * PHIPH/1: PhFit3 |1 Eas cpHmtPhRs  ° 0 Eq5 . wpHn: phFi i
Q ) Q ‘
Q [ | Q 1 Qa |
O |8 i o 19
w / w ot/ w [
10 10 x 10
T2 k2 If
£ ¢ 3 7
¥ e 3 5 g0
5ls 8 %6 ° " 5a 82 Sle g %o ° "
50 100 150 200 250 50 100 150 200 250 50 100 150 200 250
Ay [175] Ay [175] Ay [175]

Fig. 3. Results for data set la (no links); left: PH/PH/1 queuing systems, center: PH/M/1
queuing systems, right: M/PH/1 queuing systems; results at the top refer to E(CSD) and at the
bottom — to E(CDD).
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using M/G/1 queuing systems (our initial approach [6]) and analytical approaches
based on phase type distributions (PH/PH/1, PH/M/1, M/PH/1) obtained using maxi-
mum likelihood and distance minimization algorithms (Sect. 3). The names of the
fitting algorithms are included in legends (after colons).

Generally, it can be noticed that conformity of calculations and simulations of call
processing performance parameters is dependent on many factors, including queuing
systems used in the analytical model (Figs. 3, 4 and 5). Very important is also call
set-up request intensity as well as available link bandwidth (links involve communi-
cation queues, which load is related to message intensity and link bandwidth; in data
set la network elements are connected directly without links, thus, there are no
communication queues).
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Fig. 4. Results for data set 1b (link length 300 km and bandwidth 10 Mbit/s); left: PH/PH/1
queuing systems, center: PH/M/1 queuing systems, right: M/PH/1 queuing systems; results at the
top refer to E(CSD) and at the bottom — to E(CDD).
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We can observe that the relations between analytical and simulation results are
similar for E(CSD) and E(CDD), when the same queuing systems are investigated.
However, E(CSD) values are always larger than E(CDD), since the process of call
set-up is much more complicated, comparing to call disengagement, and involves more
messages. For each analyzed data set (Table 2) PhFitl and PhFit3 algorithms give
analytical results very far from simulations and other calculations. This rule applies
especially for PH/PH/1 and M/PH/1 queuing systems with PhFitl and PhFit3 algo-

rithms. As a result, these algorithms are not useful in practice.

Based on Figs. 3, 4 and 5, it can be also noticed that in the majority of analyzes
cases PH/M/1 queuing systems overestimate E(CSD) and E(CDD), while M/PH/1
queuing systems give results very similar to M/G/1 (this does not apply to PhFitl and
PhFit3 algorithms).
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Fig. 5. Results for data set 1c (link length 300 km and bandwidth 100 Mbit/s); left: PH/PH/1
queuing systems, center: PH/M/1 queuing systems, right: M/PH/1 queuing systems; results at the
top refer to E(CSD) and at the bottom — to E(CDD).
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In order to thoroughly examine the subject of the paper, we have also done some
more extended research with the root-mean-square error (RMSE) [7, 12] defined as
follows:

2
RMSE = \/4 E (Ysimulalion - analylical) ) (3)
AivvEA

where Y is either E(CSD) or E(CDD) and E() is the averaging operator over a particular
set of call set-up request intensities A;yy € A. To investigate different network con-
ditions, for all data sets the following sets of Ay, were assumed [7, 12]:

— “green” — IMS/NGN elements are low loaded and E(CSD), E(CDD) change very
little with call set-up request intensity (4;yy = 20, 60, 100 [1/s]),

— “yellow” — IMS/NGN elements are quite highly loaded and E(CSD), E(CDD) start
noticeably increasing with call set-up request intensity (4;yy = 130, 160, 190 [1/s]),

— “red” — IMS/NGN elements are overloaded and E(CSD), E(CDD) start going to
infinity (4;yy = 205, 220, 225 [1/s]),

— “gr-yel” — the set including all call set-up request intensities from the “green” set
and almost all call set-up request intensities from the “yellow” set (4;yy = 20, 60,
100, 130, 160 [1/s]),

— “all” — the set containing all call set-up request intensities from the “green”, “yel-
low” and “red” sets (A;yy = 20, 60, 100, 130, 160, 190, 205, 220, 225 [1/s]).

The results of RMSE computations are presented in Tables 4, 5 and 6. The RMSE
values were calculated for the analytical results presented in Figs. 3, 4 and 5 as well as
for other queuing systems investigated in our previous papers — G/G/1 based on
moments [7] (“G/G/1” in Tables 4, 5 and 6), PH/PH/1 with phase-type distributions
obtained using moment matching algorithms [12] (“PH/PH/1 moments” in Tables 4, 5
and 6). Two best results for each of these previous queuing systems are included along
with the names of G/G/1 formulas and PH/PH/1 fitting algorithms based on moments.
The names are provided in the brackets below the results. In each column of Tables 4,
5 and 6 we marked two best (bold and underlined font) and two worst RMSE results
(bold and italic font with gray background).

The obtained RMSE values demonstrate that for various IMS/NGN parameters the
best analytical E(CSD) and E(CDD) results can be achieved using different queuing
systems (PH/PH/1 with phase-type distributions based on whole experimental his-
tograms or only on their moments; G/G/1; M/G/1). Moreover, particular fitting algo-
rithms for PH/PH/1 and G/G/1 formulas offer different efficiency. It is also important
that often several of the above mentioned approaches offer very good performance
(RMSE about 0.5 ms or even smaller), however, our aim is to find the best one.

In the majority of cases PH/PH/1 queuing systems (and their special cases —
PH/M/1, M/PH/1) with proper fitting algorithms based on whole experimental his-
tograms (EMpht, GFIT1, GFIT2) are the best or almost the best in terms of RMSE.
However, the differences to the other queuing systems are often minimal. To decide
which queuing system is the most suitable for IMS/NGN, we also investigated com-
putational complexity (the time required to obtain analytical results for particular
queuing systems). It is especially important in engineering applications, in which both
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Table 4. RMSE for data set 1a (no links).

RMSE for E(CSD), [ms] RMSE for E(CDD), [ms]
green yellow red gr-yel all green  yellow red gr-yel all

M/G/1 0,110 1,317 8399 0,506 4909 0,056 0,727 5,089 0,290 2,968
PH/PH/1: EMpht 0,134 1,656 7,031 0,592 4,171 0,082 0941 47225 0,346 2499
PH/PH/1: GFIT1 0,192 1,099 8,041 0,329 4,687 0,130 0,593 4871 0,191 2,834
PH/PH/1: GFIT2 0,214 1,081 9,179 0,343 5337 0,145 0,581 5,580 0,201 3,240
PH/PH/1: PhFitl 0,644 3203 16,209 1,375 9,547 0,396 1,916 9,983 0,839 5873
PH/PH/1: PhFit3 0,661 3,263 16,622 1,386 9,788 0406 1,953 10,240 0,846 6,023
PH/M/1: EMpht 0,401 0224 2482 0351 1457 0264 0,172 1,588 0,241 0,935
PH/M/1: GFIT1 0,622 0942 1,507 0,770 1,087 0,403 0,672 0,821 0,509 0,655
PH/M/1: GFIT2 0,653 0,926 2203 0,771 1430 0422 0,661 1,232 0,508 0,843
PH/M/1: PhFitl 0,542 1,982 201,18 0,835 116,15 0,353 1,336 125,84 0,550 72,658
PH/M/1: PhFit3 0,508 1,362 71,779 0,748 41,450 0,332 0,945 44,967 0,495 25,968
M/PH/1: EMpht 0,102 1301 8,020 0481 4,691 0,051 0,717 4,852 0,275 2832
M/PH/1: GFIT1 0,126 1,411 8,395 0,533 4915 0,067 0,787 5,087 0,307 2972
M/PH/1: GFIT2 0,118 1,388 8,330 0,520 4,876 0,061 0,772 5,045 0,299 2,947
M/PH/1: PhFitl 0,693 3,221 16,832 1,403 9903 0426 1,926 10,370 0,856 6,094
M/PH/1: PhFit3 0,688 3218 16,827 1,399 9,899 0,423 1,924 10,366 0,854 6,092
G/G/1 1st [7] 0,113 0,802 6,656 0265 5,119 0,080 0439 3986 0,172 3,106
(name of formula (Diff22) My2) (King) (Myl) (My2) (Diff22) (My2) (King) (Myl) (My2)
in brackets)

G/G/1 2nd [7] 0,266 0,925 7,029 0306 5310 0,181 0,489 4,227 0,188 3,225
(name of formula (Myl) (Myl) (Page) (KLB) (King2) Myl) (Myl) (Page) (KLB) (King2)
in brackets)

PH/PH/1 0,111 0,700 2,519 0,343 1,542 0,057 0,515 1,431 0,192 0,902
moments 1st ga  gae ~ ~ - ~ e o ~ ~
memeor L EF ER 5F E3 EY EE EE PR ER
algorithm in SE D2 GZ2 35 G2 oz w2 ok 33 % £
brackets) TSoTS TS YR TS oTS oSS T2 TR T2
PH/PH/1 0,111 0,719 2,529 0,357 1,545 0,057 0,526 1,437 0,204 0,903
moments 2nd Te 9s e TS v s vy S vy =S
2] ameof £ T FE FE S 55 EE S5 S BE
algorithm in 3% 52 02 o2 22 SZ G2 22 G2 o2
brackets) TS TS TS OTE TS OTS oTS oSS oTE oo

accuracy and complexity count. In the next part we present some details about cal-
culation times in the analytical model for one data set (Intel Core i7-2670QM CPU
8 x 2.20 GHz, 8 GB RAM, Windows 7 Professional SP1 64-bit):

— for M/G/1 [6] computations are the fastest of all (several seconds) and require only
the input variables (there is no need to use experimental histograms),
— for G/G/1 [7] computations last about one minute (experimental histograms are
needed to obtain second and third moments of arrival distributions, which are used
in calculations),
— for PH/PH/1 (and their special cases — PH/M/1, M/PH/1) with moment matching
algorithms [12] computations take from one to several minutes (experimental his-
tograms are needed to obtain second, third, fourth and fifth moments of arrival
distributions, which are used in calculations),
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Table 5. RMSE for data set 1b (link length 300 km and bandwidth 10 Mbit/s).

RMSE for E(CSD), [ms] RMSE for E(CDD), [ms]
green  yellow red gr-yel all green  yellow red gr-yel  all
M/G/1 0,705 2,637 1,805 1477 1,889 0,133 0954 1,059 0489 0,826

PH/PH/1: EMpht 0,460 0,852 5450 0,724 3,196 0,031 0356 4,095 0,068 2373
PH/PH/1: GFIT1 0,666 0990 4,834 0,834 2875 0,111 0,187 3,702 0,099 2,141
PH/PH/1: GFIT2 0,290 0410 6,839 0374 3959 0,138 0,658 5,011 0242 2919
PH/PH/1: PhFitl 1,201 2,274 13,657 1,341 8,024 1,104 2216 9396 1355 5,610
PH/PH/I1: PhFit3 1,311 2,744 14,599 1,547 8,610 LI77 2511 9,999 1488 5,991
PH/M/1: EMpht 1,533 4,848 7,132 2863 5,057 0,655 2368 3929 1,359 2,675
PH/M/1: GFIT1 1,759 5,178 7,782 2934 5492 0,805 2,580 4,315 1,398 2,940
PH/M/1: GFIT2 1,565 4974 6860 2862 4975 0,675 2450 3,745 1,357 2,613
PH/M/1: PhFitl 1,622 6,031 19,388 3,175 11,76 0,714 3,129 11,619 1,563 6,959
PH/M/1: PhFit3 1,591 5,618 16,077 3,131 9,875 0,694 2,869 9,521 1,538 5,755
M/PH/1: EMpht 0,864 3,001 2,807 1,727 2,424 0,226 1,170 1,364 0,631 1,046
M/PH/1: GFIT1 0,839 2,894 2566 1,674 2285 0210 1,102 1,292 0,598 0,988
M/PH/1: GFIT2 0,705 2414 1976 1415 1846 0,128 0,796 1,217 0438 0,843
M/PH/1: PhFitl 0,979 0,870 10,786 0,812 6,273 0,949 1,343 7,589 0,974 4483
M/PH/1: PhFit3 1,013 1,163 11,352 0,896 6,614 0979 1,535 7957 1,054 4,713
G/G/1 1st [7] 0,550 1,042 4,729 0,660 3,229 0,123 0300 2,625 0206 2,223
(name of formula (Diff22) (Diff22) (Daley) (Diff22) (My2) (KLB) (Myl) (Daley) (Myl) (My2)
in brackets)

G/G/1 2nd [7] 0,698 1,075 4867 1,028 3,307 0,166 0,331 2,742 0,280 2,381
(name of formula

in brackets) § E = 5 5 ? = g 5 ?
w© 3 ) = @ @ 3 K w 3
= = & & = = = &
PH/PH/1 0405 0515 2,025 0,502 1874 0,038 0428 1,181 0,069 0,834
moments 1st
> > Ts »n Yo To ~ o~ "™~ o
[12] (name of EE EE E% EE E% EE EE E% EE E%
algorithm in NE NE Y= NE > o GE GE >z GE o=
brackets) SE 9E = WE = of é: == o= o=
PH/PH/1 0,500 0,613 2,025 0,602 1,874 0060 0474 1,181 0,071 0,834
moments 2nd = ~ = = = PPN = ~a s
[12] (name of = = £ z S g P £ <2 £
algorithm in e E e E = E = E e = E =
brackets) E = = = = = M= = »= =
o = o = o = R o N -
5 s 5 & 5 5 % 5 Tz B
s & @ s T = = 3 = 3

— PH/PH/I1 (and their special cases — PH/M/1, M/PH/1) with maximum likelihood and
distance minimization fitting algorithms are the worst case; fitting phase-type dis-
tributions to whole experimental histograms lasts from 30 min to several hours with
parameters of the algorithms described in the previous section; therefore, fitting was
performed offline and its results were saved to disk for further use.

Taking into account all the aspects presented in the previous part of this section
(accuracy and complexity), we propose to use the following queuing systems in the
analytical model of a single domain of IMS/NGN. For data sets la (no links; Table 4)
and lc (links with relatively high bandwidth; Table 6) we suggest using simple M/G/1



152 S. Kaczmarek and M. Sac

Table 6. RMSE for data set 1c (link length 300 km and bandwidth 100 Mbit/s).

RMSE for E(CSD), [ms] RMSE for E(CDD), [ms]
green  yellow red gr-yel all green  yellow red gr-yel all
M/G/1 0,069 0,518 6,014 0,064 3485 0,003 0410 3,701 0,058 2,150

PH/PH/1: EMpht 0,020 0,758 6,114 0,120 3,557 0,031 0,564 3,758 0,112 2,194
PH/PH/1: GFIT1 0,053 0,529 6,329 0,093 3,667 0,016 0421 3900 0,085 2,265
PH/PH/1: GFIT2 0,040 0,783 7,166 0,163 4,162 0,021 0,579 4421 0,129 2574
PH/PH/1: PhFitl 7,045 7,232 5,149 7,265 6,543 4,248 4343 3,188 4,380 3,961
PH/PH/1: PhFit3 7,004 6,826 5,783 7,115 6,560 4,223 4,086 3,584 4,286 3974
PH/M/1: EMpht 0,347 1,083 2,071 0,689 1364 0,176 0,584 1311 0,380 0,835
PH/M/1: GFIT1 0,407 1415 1,101 0,783 1,061 0215 0,788 0,738 0,439 0,636
PH/M/1: GFIT2 0,384 1,171 0,605 0,712 0,793 0,200 0,636 0,395 0,392 0447
PH/M/1: PhFitl 0,386 2381 131,94 0,835 76,188 0201 1,394 82,503 0473 47,640
PH/M/1: PhFit3 0,391 1,594 33,468 0,836 19,346 0,204 0900 20,958 0473 12,112
M/PH/1: EMpht 0,069 0,390 5903 0,076 3416 0,002 0324 3,630 0,035 2,104
M/PH/1: GFIT1 0,045 0486 6,266 0,073 3,629 0,014 0,390 3,858 0,067 2,239
M/PH/1: GFIT2 0,052 0,469 6,206 0,072 3,593 0,009 0,378 3,819 0,060 2,216
M/PH/1: PhFitl 7,123 7,905 5,039 7,539 6,798 4,289 4,741 3,132 4539 4,110
M/PH/1: PhFit3 7,079 7,609 5221 7411 6,715 4,259 4,551 3,248 4,456 4,058
G/G/1 1st[7] 0,111 0,584 5,089 0,121 4,132 0,035 0419 3,120 0,098 2,548
(name of formula (KLB) (My2) (Page) (KLB) (My2) (KLB) (My2) (Page) (KLB) (My2)
in brackets)

G/G/1 2nd [7] 0,150 0,774 5,173 0,156 4,341 0,055 0,573 3,174 0,110 2,686
(name of formula (Myl) (King2) (Daley) (King2) (King2) (Myl) (King2) (Daley) (King2) (King2)
in brackets)

PH/PH/1 0,051 0426 1,556 0,070 1,137 0,005 0,350 0947 0,041 0,664
moments 1st
2w 2z 2R Rz = z 2z 5 =23 XX
[21mameot  ZE 55 S5E 55 5Z 5§ 5§ SE BE BE
algorithm in SE 3L DE DI G2 B BE BE wE %2
brackets) S S5 S5 5 S S5 =SS == LT o=
PH/PH/1 0,058 0426 1,556 0,070 1,138 0,005 0350 0,947 0,049 0,664
moments 2nd e = ~ = ~ = = ~ N ~
(12] (nameof i % % = % = % % - % =
algorithm in T o g = £ e o = o T £
brackets) == = = = = = = = T2 =
2 £ 2 2 2 2 2 2 2 Z
[\ [’} [’} [\S] [\S] [’} [\S] [’} [\ [\S]
2z =z 2 c 2 2 2 CHEC

queuing systems, which give acceptable results (comparable to the best results), when
“green” and “yellow” sets of A;yy are considered. For “red” and “all” sets of call set-up
request intensity PH/M/1 queuing systems are the best.

When links with relatively low bandwidth are used (data set 1b; Table 5) the
situation is different. PH/PH/1 queuing systems give the best results for “green” and
“yellow” sets of A;yy. For “red” and “all” the smallest and very comparable RMSE
values are offered by M/G/1 and M/PH/1 queuing systems. Due to much simpler
calculations, we propose to use M/G/1.

For the above mentioned PH/PH/1 and PH/M/1 queuing systems RMSE results
obtained using maximum likelihood and distance minimization algorithms operating on
whole experimental histograms are in most cases not significantly better than for
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algorithms based only on moments [12]. As only slightly better results do not com-
pensate for the high computational complexity (many hours of calculations for maxi-
mum likelihood and distance minimization algorithms), for engineering purposes more
applicable are moment matching algorithms.

The necessity to choose different queuing systems in the analytical traffic model for
different data sets and call set-up request intensities results from the complexity of
IMS/NGN elements and call scenario. In the network there are many instances of call
scenarios performed simultaneously, each of them concern sending and processing a
set of signaling messages (Fig. 2). During a single instance most of the network ele-
ments is used several times. Our previous research [25] indicated that in many cases
even a small change in load of one IMS/NGN element results in modification of types
of message inter-arrival time distributions in the whole system. Consequently, it is very
difficult to select a single queuing system, which would be efficient for all sets of
investigated input variables.

5 Conclusions and Future Work

In the paper we continue our work on analytical and simulation traffic model of a single
domain of IMS/NGN. Our aim is to find the best queuing system for the analytical
model, to achieve possibly the best conformity with experimental results. These are
provided by our simulation model, which does not implement theoretical queuing
systems, but reflects the operation of real IMS/NGN network elements and standard-
ized call scenarios.

In this paper investigations using PH/PH/1 queuing systems (and their special cases
— PH/M/1, M/PH/1) are performed, in which arrival and service distributions are
represented by phase-type distributions obtained using maximum likelihood and dis-
tance minimization algorithms. The obtained results are compared to these calculated
using previously investigated queuing systems (M/G/1; G/G/1 based on two or three
moments of arrival distribution and two moments of service distribution; PH/PH/1 with
phase-type distributions obtained using moment matching algorithms). The compared
parameters are total system responses — mean Call Set-up Delay E(CSD) as well as
mean Call Disengagement Delay E(CDD), standardized by the ITU-T.

The performed research demonstrates that performance of the tested queuing sys-
tems in IMS/NGN depends on several network parameters, including load of network
elements and links (for links load results from message intensity and available band-
width). Often for the assumed set of parameters more than one of the investigated
queuing systems offer accuracy, which can be considered as good or even very good.
However, due to specific nature of IMS/NGN elements and call scenario, it is very
difficult to point one universal queuing system, appropriate for all sets of network
parameters.

Apart from accuracy, in engineering applications very important is also computa-
tional complexity (the time necessary to obtain analytical results for particular queuing
system), which has not been analyzed in our previous papers. Considering both
accuracy and complexity, and assuming that network is not overloaded (“green” and
“yellow” sets of call set-up request intensity; Sect. 4), we suggest using M/G/1 and
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PH/PH/1 queuing systems in the analytical model of a single domain of IMS/NGN.
The first type of queuing systems should be applied when IMS/NGN elements are
connected directly or when links with relatively high bandwidth are used (data sets 1a,
1c; Table 2). The second one performs the best for links with relatively low bandwidth
(data set 1b; Table 2). Due to smaller time necessary to fit phase-type distributions, for
PH/PH/1 queuing systems we propose to use moment matching algorithms, which offer
final results only slightly worse than maximum likelihood and distance minimization
algorithms operating on whole experimental histograms.

In the next step we are going to perform similar research to that described in this
paper, but in a multidomain IMS/NGN environment (appropriate analytical and sim-
ulation traffic models are under development [33-35]).

References

1. General overview of NGN, ITU-T Recommendation Y.2001, December 2004

2. IP Multimedia Subsystem (IMS); Stage 2 (Release 14), 3GPP TS 23.228 v14.3.0, March
2017

3. Call processing performance for voice service in hybrid IP networks, ITU-T Recommen-
dation Y.1530, November 2007

4. SIP-based call processing performance, ITU-T Recommendation Y.1531, November 2007

5. Kaczmarek, S., Kaszuba, M., Sac, M.: Simulation model of IMS/NGN call processing
performance. Gdansk Univ. Technol. Faculty ETI Ann. 20, 25-36 (2012)

6. Kaczmarek, S., Sac, M.: Traffic model for evaluation of call processing performance
parameters in IMS-based NGN. In: Grzech, A., et al. (eds.) Information systems architecture
and technology: networks design and analysis, pp. 85-100. Oficyna Wydawnicza
Politechniki Wroctawskiej, Wroctaw (2012)

7. Kaczmarek, S., Sac, M.: Analysis of IMS/NGN call processing performance using G/G/1
queuing systems approximations. Telecommun. Rev. Telecommun. News (8-9), 702-710
(2012)

8. Osogami, T., Harchol-Balter, M.: Closed form solutions for mapping general distributions to
quasi-minimal PH distributions. Perform. Evaluat. 63(6), 524-555 (2006)

9. Bobbio, A., Horvath, A., Telek, M.: Matching three moments with minimal acyclic phase
type distributions. Stochastic Models 21(2-3), 303-326 (2005)

10. Telek, M., Horvath, G.: A minimal representation of Markov arrival processes and a
moments matching method. Perform. Evaluat. 64(9-12), 1153-1168 (2007)

11. Asmussen, S., Nerman, O., Olsson, M.: Fitting phase-type distributions via the EM
algorithm. Scand. J. Stat. 23(4), 419-441 (1996)

12. Kaczmarek, S., Sac, M.: Analysis of IMS/NGN call processing performance using
phase-type distributions. In: Grzech, A., et al. (eds.) Information systems architecture and
technology: network architecture and applications, pp. 23-39. Oficyna Wydawnicza
Politechniki Wroctawskiej, Wroctaw (2013)

13. Kaczmarek, S., Sac, M.: Traffic modeling in IMS-based NGN networks. Gdansk Univ.
Technol. Faculty ETI Ann. 1(9), 457-464 (2011)

14. Functional requirements and architecture of next generation networks, ITU-T Recommen-
dation Y.2012, April 2010

15. IMS for next generation networks, ITU-T Recommendation Y.2021, September 2006

16. Resource and admission control functions in next generation networks, ITU-T Recommen-
dation Y.2111, November 2011



17.

18.

19.
20.
21.

22.

23.

24.

25.

26.

27.

28.

29.

30.

31.

32.

33.

34.

35.

Analysis of IMS/NGN Call Processing Performance... 155

Resource control protocol no. 1, version 3 — Protocol at the Rs interface between service
control entities and the policy decision physical entity, ITU-T Recommendation Q.3301.1,
August 2013

Pirhadi, M., Safavi Hemami, SM., Khademzadeh, A.: Resource and admission control
architecture and QoS signaling scenarios in next generation networks. World Appl. Sci. J. 7
(Special Issue of Computer & IT), 87-97 (2009)

Fajardo, V., et al.; Diameter Base Protocol, IETF RFC 6733, October 2012

Rosenberg, J., et al.: SIP: Session Initiation Protocol, IETF RFC 3261, June 2002
OMNeT++ Discrete Event Simulator — Home. http://www.omnetpp.org. Accessed 31 May
2017

Thiimmler, A., Buchholz, P., Telek, M.: A novel approach for fitting probability
distributions to real trace data with the EM algorithm. In: Proceedings of the 6th IEEE
International Conference on Dependable Systems and Networks, Yokohama, Japan,
pp. 712-721 (2005)

Wang, J., Liu, J., She, C.: Segment-based adaptive hyper-erlang model for long-tailed
network traffic approximation. J. Supercomput. 45(3), 296-312 (2008)

Horvath, A., Telek, M.: PhFit: a general phase-type fitting tool. In: Proceedings of the 12th
International Conference on Computer Performance Evaluation, Modelling Techniques and
Tools, TOOLS 2002, London, United Kingdom, pp. 82-91 (2002)

Kaczmarek, S., Sac, M.: Approximation of message inter-arrival and inter-departure time
distributions in IMS/NGN architecture using phase-type distributions. J. Telecommun.
Inform. Technol. (3), 9-18 (2013)

Pérez, J.F., van Velthoven, J., van Houdt, B.: Q-MAM: a tool for solving infinite queues
using matrix-analytic methods. In: Proceedings of the SMCTools 2008, Athens, Greece
(2008)

Gross, D., Shortle, J., Thompson, J., Harris, C.: Fundamentals of Queueing Theory, 4th edn.
Wiley, New York (2008)

Lucantoni, D.M., Meier-Hellstern, K.S., Neuts, M.F.: A single-server queue with server
vacations and a class of nonrenewal arrival processes. Adv. Appl. Probab. 22(3), 676-705
(1990)

Lucantoni, D.M.: New results on the single server queue with a batch Markovian arrival
process. Commun. Stat. Stochast. Models 7(1), 1-46 (1991)

PATS: Performance analysis of telecommunication systems. http://win.ua.ac.be/ ~ vanhoudt/
. Accessed 31 May 2017

TELCOM 2825 Information systems and network infrastructure protection. http://www.sis.
pitt.edu/ ~ dtipper/2130_notes.html. Accessed 31 May 2017

Abhayawardhana, V.S., Babbage, R.: A traffic model for the IP Multimedia Subsystem
(IMS). In: IEEE 65th Vehicular Technology Conference, VTC2007, Dublin, Ireland (2007)
Kaczmarek, S., Sac, M.: Traffic model of a multidomain IMS/NGN. Telecommun. Rev.
Telecommun. News (8-9), 1030-1038 (2014)

Kaczmarek, S., Sac, M.: Call processing performance in a multidomain IMS/NGN with
asymmetric traffic. In: Grzech, A., et al. (eds.) Information Systems Architecture and
Technology: Selected Aspects of Communication and Computational Systems, pp. 11-28.
Oficyna Wydawnicza Politechniki Wroctawskiej, Wroctaw (2014)

Kaczmarek, S., Sac, M.: Verification of the analytical traffic model of a multidomain
IMS/NGN using the simulation model. In: Grzech, A., et al. (eds.) Information Systems
Architecture and Technology: Proceedings of 36th International Conference on Information
Systems Architecture and Technology — ISAT 2015 — Part II. Advances in Intelligent
Systems and Computing, vol. 430, pp. 109-130. Springer, Cham (2016)


http://www.omnetpp.org
http://win.ua.ac.be/%7evanhoudt/
http://www.sis.pitt.edu/%7edtipper/2130_notes.html
http://www.sis.pitt.edu/%7edtipper/2130_notes.html

Motion Repeatability of Tennis Forehand
Preparation Phase Without the Ball
Using Three Dimensional Data

Maria Skublewska-Paszkowska™

Institute of Computer Science, Lublin University of Technology,
Nadbystrzycka 38D, 20-618 Lublin, Poland
maria. paszkowska@pollub. pl

Abstract. The forehand is one of the key shot in tennis. Its reparability is a very
important aspect of gaining points. The first purpose of this paper is to create the
algorithms for calculating the motion parameters for the preparation phase of the
forehand, such as: the position of the head of the tennis racket relative to the
player’s body, the elbow angle (i.e. whether the arm is bent or straight) and the
placement of the player’s feet towards the front of the pelvis. The second aim of
the study is to calculate the repeatability of the selected motion parameters (both
for the body and the racket) of the preparation phase of the tennis forehand using
coefficient of variation. The shots were performed in the motion capture labo-
ratory using the Plug-in Gait biomechanical model. The described parameters
are computed from three dimensional data, stored in C3D file.

The obtained results indicate that the placement of the head of the tennis
racket towards the player’s body is repeatable only for first two defined posi-
tions (above the forehead and between it and the shoulder). The participant puts
his feet repeatable, after average 46% time he puts his left leg forward. The
arrangement of the arm during the preparation phase of the forehand is also
repeatable.

Keywords: Tennis forehand - Repeatability - Motion capture - 3D algorithms

1 Introduction

Tennis forehand is one of the basic strokes used in every game. In this shot two phases
may be specified: the preparation and the moment of impact [1]. Each step is an
important aspect of a properly performed stroke. The aspect of the repeatability of
tennis shots plays an important role in archiving better results, both for professional and
amateur players. Each time the players should be able to perform strikes with the same
or similar parameters, including both the body and the racket.

The first purpose of this paper is to create the algorithms for calculating the motion
parameters for the preparation phase of the forehand. They are: the position of the head
of the tennis racket relative to the player’s body and the placement of the player’s feet
towards the front of the pelvis. The elbow angle (i.e. whether the arm is bent or
straight) is read from the biomechanical data. The second aim of the study is to
calculate the repeatability of the selected motion parameters (both for the body and the
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racket) of the preparation phase of the tennis forehand using numerical evaluation. In
this research the preparation phase begins when the racket’s position reaches the
maximum along XY plane and ends before the moment of impact.

The shots were performed in the motion capture laboratory using the Plug-in Gait
biomechanical model and a racket model [2]. The described parameters are computed
from three dimensional data, stored in C3D file. The above-described parameters were
computed for ten consecutive forehand strikes of a professional tennis coach.

2 Research Overview

Much research concerns analysis of the serve as the main stroke making an advance
during the game. The motion repeatability of the tennis serve of three experienced and
three novice players was studied in [3]. The participants were asked to serve a ball into
another side of the tennis court 10 times using an inertial motion capturing system
consisting of 17 sensors. The sampling rate was 40 fps. Three-dimensional position
fluctuations of the lumbar vertebra were measured as the centre of the body.
Three-dimensional angular velocities of 23 segments and 22 joints were captured. The
tennis player’s serve analysis (during the backswing preparation as well as the forward
swing motions) using accelerometers is presented in [4]. The kinematic chain pattern
and correct angular and translational movements of the knee, waist and wrist of the
player are discussed.

The created model for the tennis serve is presented in [5]. The authors created a tool
for evaluating the individual technique of a tennis player based on the kinetic energy
transmission pattern using a complete mechanical body model. The model, created for
the purpose of the research, consisted of 28 markers with five solid-rigid ones. The tool
treated the individual technique of a player as a mathematical function. The significant
discriminant function evaluated the tennis player’s serve as “good” or “bad”. The
kinetic energy is composed of a linear velocity of a body segment and a rotational
component which considers the angular velocity of the segment.

The sport technique in male tennis was studied in [6], for three shots. The analysis
was done in four key points: when the time of maximum acceleration of upper tennis
racket occurred, when the maximum speed of upper tennis racket was recorded, when
the time of contact between the tennis racket and the ball occurred, and for the highest
and lowest values of kinematic parameters of all segments of the dominant upper
extremity (right). The kinematic parameters chosen for the study were: velocity,
acceleration of the dominant upper extremity, centre of gravity and upper racket,
height, lateral and forward-backward distance of the centre of gravity, angles in both
knees, elbows and body bending.

Three aspects of the racket are analysed: its velocity, swing and orientation. Both
motion capture systems (optical and markerless) and video cameras are used for the
research. The motion and pose in 3 dimensions were computed from a video recording
[7]. This method also allows for computing racket performance. The swing of the
racket was investigated in [8]. The speed of a tennis racket (as well as that of a golf club
and a baseball bat) was analysed using 3-dimensional images obtained from two
cameras. Reflective tape was placed on the elbow, around the wrist and around the
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racket’s handle in two places. The maximum effort (both in standing and sitting
positions) was calculated for each swing. The swing speed was approximately constant
during the test.

Tracking a tennis racket using a markerless system (based on multiple cameras) and
a visual hull is presented in [9]. Views of a tennis racket were recorded and segmented
into binary images. The racket’s shape was obtained. The visual hull of the racket was
created using the intersection of the volume of space formed by back-projecting the
silhouettes from all input views. In [10] the velocity of the tennis racket was calculated
based on a monochrome recording made using a high-speed camera.

The research containing a tennis racket tracking and its analysis using Vicon system
is presented in [2]. Seven retro-reflective markers were attached to it, so the racket’s
movement could be calculated. The racket’s velocity in the consecutive frames, the
orientation of the racket in both sagittal and axial planes of the racket were indicated.
The racket motion was studied in [11].

This paper describes the algorithms of four parameters of the preparation phase of
the forehand strike. The position of the head of the tennis racket relative to the player’s
body was presented in [6], where the position is specified as below or above the head.
In this paper the position of the tennis racket is indicated as: above the forehead,
between the forehead and the shoulder, between the shoulder and the pelvis and below
the pelvis. The elbow angle was also studied in [6]. In this paper the angle is computed
by the Plug-in Gait model. The setting of the feet was studied in [6]. In this paper a new
algorithm is presented which indicates the feet’s positions.

3 Method

3.1 Participant

One right-handed 30 year-old tennis coach was the participant in this study. He was
1.74 m tall and weighed 71 kg. He signed the ethical approval form for this research.

3.2 Motion Capture System

A passive optical motion capture system was used to track the participant and the racket
while performing tennis strokes at the Laboratory of Motion Analysis and Interface
Ergonomics at the Lublin University of Technology in Poland where interdisciplinary
tests are performed [12]. The motion capture system consisted of: eight NIR T40S
cameras operating in near infrared, two reference video Bonita cameras, a Giganet hub
collecting data, a desktop computer and a set of accessories (e.g. markers, a calibration
wand, double-sided tape). The system recorded the positions of the markers placed on
the subject’s body (each marker must be seen by at least two cameras). The equipment
was supplied with Vicon’s Nexus 2.0 software, used for system calibration, data
recording and data processing. The movements were registered with 100 Hz.
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3.3 Experimental Procedure

The participant was prepared for the experiment according to the Plug-in Gait Model [13].
Thirty-nine retroreflective markers were attached to the participant using hypoallergenic
double-sided tape as specified in the model. This model allows for calculating angles,
torques and forces in a subject’s joints. Then, the person was measured for the purpose of
creating and scaling a new subject in the Nexus software (height, weight, leg length, arm
offset, knee, ankle, elbow and the thickness of both hands). The subject’s calibration was
performed as the next step in preparation due to the verification that the markers are visible
and correctly attached.

After the warm-up, the participant was told to perform ten forehand strikes without
the ball while running and avoiding a bollard placed on the floor. Because the par-
ticipant was running, the strokes were more natural than hitting the ball from a standing
pose. The racket was tracked during the research. Seven retro-reflective markers were
attached to the racket according to the scheme presented in Fig. 1. They allow one to
reconstruct the shape of the racket.

Fig. 1. Tennis racket with seven markers attached [2].

3.4 Post-processing

Each 3D recording was post-processed using the Vicon Nexus software that consisted
of four main steps: marker labelling, gap filling using interpolation methods, data
cleaning (e.g. deleting all unlabelled markers) and applying the Plug-in-Gait model
(only for the human body). A new subject was created for the racket. It consisted of
seven markers [2]. The post-processed recordings were exported as C3D files. Each
C3D file contains ten consecutive forehand strikes. For the purpose of this research the
preparation phases were designated. These files were used for further analysis. The files
were processed by the author’s own piece of software created in C++ using the
Biomechanical toolkit (b-tk) and Eigen libraries.

3.5 Coefficient of Variation

The coefficient of variation — CV (see formula 1) [14] was used for computing the
repeatability of tennis forehand preparation phase for selected parameters.
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cv ="+%100 (1)
u

where ¢ denotes the standard deviation and p — mean.
The parameter was considered as repeatable when CV was lower than ten.

4 Algorithms

Two algorithms calculating the selected motion parameters were implemented for the
purpose of this research. They base on three dimensional positions of the markers
attached to the body and the racket stored in the C3D file. The first indicates the
racket’s positions relative to the player’s body in the consecutive frames of the
recording (Fig. 2). The second describes the positions of the feet and the distance from
the frontal part of the pelvis in the consecutive frames (Fig. 3). The right elbow angles
(RElbowAngle) were read from the biomechanical data given by implementing the
Plug-in Gait model.

headOfRacketPlacement (vectHeadRacqueHight, vectHeadHight,
vectShoulderHight, vectPelvisHeight) {

for(int 1 « 0; i < vectHeadRacqueHight.size(); 1i++) {
if (vectHeadRacqueHight (i) > vectHeadHight (1))
racketPosition (i) « O0;
else if (vectHeadRacqueHight (i) >=vectShoulderHight (i))
racketPosition (i) « 1;
else 1f (vectHeadRacqueHight (i) >= vectPelvisHeight (i))
racketPosition (i) « 2;
else racketPosition (i) < 3;
}
return - racketPosition;

}

Fig. 2. Algorithm indicating the position of the head of the tennis racket towards the player’s
body.

4.1 Head of the Tennis Racket Towards the Player’s Body

The pseudocode, presented in Fig. 2, is a method that inputs the height from the ground
of the specified markers in a form of the vectors so that the data for all frames can be
stored. The height is expressed as the Y coordinates of the markers. The markers that
were taken into consideration are: RH1, RFHD, RSHO and RASI. Each iteration of the
for loop indicates the position of the head of the tennis racket towards parts of the body
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in the current frame as an integer value, defined in Table 1. The algorithm returns an
array (racketPosition) storing the positions of all frames of the recording.

4.2 Feet Positions

The pseudocode, presented in Fig. 3, is a method that computes the distance between
the line indicated by two markers placed on the frontal pelvis (RASI and LASI) and
two markers attached to the toes (RTOE and LTOE) projected on the XY plane. For the
consecutive frames, using for loop, the line is defined based on A, B and C coefficients.
Then, the distances from the right and the left toe are calculated using Formula 2. The
integer value is calculating which represents which leg is placed further from the pelvis.
If the value is set to one, the left leg is further from the pelvis. If the value is set to two,
the right leg is further from it. Otherwise, two legs equidistant from the pelvis. The
algorithm returns these values in the dist vector.

|A-x+B-y+C]
VA-A+B-B

where A, B, C stand for the line coefficients and x, y are the marker coefficients.

2)

distanceFromPelvis (frameNo, rPelvis, 1lPelvis, 1Toe,
rToe, further, distLeft, distRight) {

vector dist (frameNo) ;

for(int 1 = 0; 1 < frameNo; i++){
A(i1i) = rPelvis(i,Y) - 1lPelvis(i,Y);
B(i) = 1lPelvis(i,X) - rPelvis(i,X);
C(i) = 1Pelvis(i,Y)*rPelvis(i,X) rPelvis(i,Y)*1Pelvis (i,X);

distLeft (i)=distanceFromLineXY (A(i), B(i), C(i), 1lToe(i,X),
1Toe (1i,Y));

distRight (i) = distanceFromLineXY (A(i), B(i), C(i),
rToe (i,X),rToe(i,Y));

if(distLeft (i) > distRight(i))
dist (i) = 1;

else if (distLeft (i) < distRight(i))
dist (i) = 2;

else dist (i) = 3;

}

Fig. 3. The algorithm computing the distance between the frontal pelvis and both toes and
indicating which leg is placed further.
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5 Results
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5.1 Head of the Tennis Racket Towards the Player’s Body

The participant performed ten strikes (trials). The percentage share of each racket’s
position towards the body (defined in Table 1) was computed using algorithm pre-
sented in Fig. 2. Two extremes (Nos. 2 and 9) were excluded from the further research
due to the average time phase criterion failure (furthest values relative to the average
number of grates). The obtained results are gathered in Table 2.

Table 1. The racket positions towards body parts

Value | Definition

0 Head of tennis racquet (RH1) is higher than the forehead (RFHD)

1 Head of tennis racquet (RH1) is between the forehead and the shoulder (RSHO)
2 Head of tennis racquet (RH1) is between the shoulder and the pelvis (RASI)

3 Head of tennis racquet is below the pelvis (RASI)

Table 2. The percentage of the racket positions towards the body in the preparation phase

Trial

Frame numbers

Position 0 [%]

Position 1 [%]

Position 2 [%]

Position 3 [%]

1 76 64 8 11 17
2 89 65 13 16
3 67 54 9 18 19
4 69 52 6 25 17
5 80 59 5 14 23
6 75 55 5 17 23
7 73 58 5 16 21
8 76 58 5 16 21
9 96 72 5 9 14
10 |70 57 6 19 19

The mean value, standard deviation (SD) and the coefficient of variation (CV) were
computed for the time of the strikes (frame numbers) as well as for the racket’s three
positions (for percentages values). The results are gathered in Table 3.

Table 3. The statistical values for time and the percentage of the racket positions towards the
body in the preparation phase

Frame numbers

Position 0 [%]

Position 1 [%]

Position 2 [%]

Position 3 [%]

Mean
SD
(O\Y%

75.00
4.05
5.41

58
4
6.08

6
1
21.97

16
4
23.07

19
2
10.33
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5.2 Feet Positions

The feet positions are calculating using algorithm presented in Fig. 3. At the beginning
stage of the preparation phase the participant placed his right foot ahead of the left one. It
was calculated after what time (percentage) he reversed the feet order. The results are
presented in Table 4. The statistical values are: mean — 46.05, SD —3.67 and CV - 7.97.

Table 4. The percentage time of the left foot being ahead of the right one

Trial | Time of placing the left foot
ahead of the right one [%]
45

43

43

45

45

55

46

10 |46

0N NN kAW

5.3 Elbow Angle

The average elbow angles in the following positions indicated by the head of the tennis
racket towards the player’s body for preparation phase are gathered in Table 5. The
statistical values are presented in Table 6.

Table 5. The average elbow’s angle in the following positions of forehand preparation phase

Trial | Average elbow Average elbow Average elbow Average elbow
angle in angle in angle in angle in
position 0 [°] position 1 [°] position 2 [°] position 3 [°]

1 91.35 63.59 58.35 56.34

3 88.41 60.58 56.02 56.30

4 81.95 55.07 45.75 46.01

5 85.89 55.96 50.13 47.62

6 84.83 56.84 50.20 50.80

7 92.17 64.41 55.94 52.77

8 85.66 54.44 48.23 47.49

10 85.23 57.77 51.87 51.60
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Table 6. The statistical values for the average elbow angle in the following positions of the
forehand preparation phase

Average elbow
angle in
position 0 [°]

Average elbow
angle in
position 1 [°]

Average elbow
angle in
position 2 [°]

Average elbow
angle in
position 3 [°]

Mean |86.94 58.58 52.06 51.12
SD 3.46 3.84 4.34 3.94
CvV 3.98 6.55 8.34 7.71

6 Conclusions

The paper presents the idea of calculating the repeatability of selected parameters of the
preparation phase of the tennis forehand without the ball. The head of the tennis racket
towards the player’s body, the feet positions and the elbow angles were analysed. The
first aim of this paper was both to present the algorithms computing the selected
parameters of the preparation phase of the tennis forehand and to verify them on the
basis of C3D data of one participant (Tables 2, 4, and 5). The second purpose was to
calculate the repeatability of the obtained parameters using the coefficient of variation.

The results were grouped according to the first parameter analysed — the head of the
tennis racket towards the player’s body. The statistical values, presented in Table 3,
clearly show that only position 0 (above forehead) and 1 (between the forehead and
shoulder) are repeatable. Other positions of the racket towards the body change dif-
ferently in the following trials.

The results presented in Table 4 indicate that the participant begins the preparation
phase with his right foot (put) forward. After average 46% of the phase time he puts his
left leg forward. This parameter is repeatable. This is the correct arrangement of the
lower limb in this part of the forehand.

The arrangement of the arm during the preparation phase of the forehand also plays
an important role. It should be neither totally bent nor totally straight. The results
gathered in Table 6 allow to draw the conclusions that in position O the arm is more
straight (the elbow angle is higher) than in other positions. It seems that this shot is
thoroughly trained.

This study may play a very interesting aspects for both beginners and professional
players. The precise values, obtained by the algorithms presented here, may give
directions for the future training in order to improve the player’s performance and
repeatability of the tennis forehand.
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Abstract. The effectiveness of formalizing substantial parts of mathematics
largely depends on the availability of relevant background knowledge. The
bigger the knowledge library, however, the harder it is to specify what is or
should be relevant. Even with today’s size of the libraries available for various
proof assistants, importing the whole library is not an option for practical per-
formance reasons. On the other hand, too detailed import mechanisms are prone
to dependency problems and pose certain difficulty for the user. In this paper we
present the key ideas of a project aimed at generating standardized formalization
environments which could be used to facilitate developing new formalizations
based on the current content of the Mizar Mathematical Library. Showing the
results of this research based on the library designed with great focus on
reusability can also be insightful for designers of other formalization systems
and libraries.

Keywords: Computerized proof assistants - Mizar Mathematical Library -
Standardized formal environments

1 Introduction

Accumulating and reusing all previously formalized data in a form of a standard library
is a necessity for today’s proof assistant systems involved in large formalization pro-
jects. The way in which a given system allows one to import available data from its
library varies across proof assistants with different foundations and implementations.
But a common feature seems to be a file-based library items organization. For example,
HOL Light has the import handled by its metalanguage OCaml’s #use and the needs
directive [1], there is the Require [Import |Export] in Coq [2], or the imports
directive in Isabelle/Isar [3] and so on. In the current Mizar [4, 5] system1 there are
several importing directives with different roles and semantics. Especially for users of
other systems, the original Mizar importing method based on a set of rather
fine-grained import directives might seem cumbersome and unnecessarily complicated.
This is the main motivation for the extension of the standard Mizar utilities and a
corresponding language addition presented in this paper. However, the proposed
solution is not meant to completely replace the current importing methods, but rather
help the users to easily start writing Mizar formalizations without too much problems
with setting-up a working environment containing required items from the standard
library.

! http://mizar.org.
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Let us observe that the original Mizar importing mechanism comes from the times
of rather scarce computer resources (RAM, storage, computational power), when it was
designed as a practical solution to cope with these limitations. However, despite its
intricacy, it still works reasonably well nowadays when the complexity of the for-
malized developments grows. Maintaining the collection of interdependent articles
forming the Mizar Mathematical Library (MML)* based on these fine-grained depen-
dencies is one of the factors that most of the current complex formalization develop-
ments are still processed in seconds or minutes rather than hours, which is sometimes
the case with other proof environments. Note also, that even more fine-grained access
to every particular definition and proof can sometimes be desirable, as shown by the
mizar-items project [6] aimed at reconstructing the prerequisites of theorems in the
spirit of reverse mathematics.

It should be underlined that the problems with altering the dependencies of articles
from the MML, which we describe in the next sections, are not only Mizar-specific.
Similar issues will inevitably appear in any library with a similarly rich dependence
structure. Currently, the level of reusability in other large formalization libraries is
significantly smaller than in the Mizar library. For example, the analysis of the
Isabelle-based Archive of Formal Proofs [7] revealed that 106 out of its 215 articles
were isolated nodes of the imports graph, i.e. they were not related to other articles in
the library. Moreover, among the articles that had some non-trivial dependence, the
maximal number of reused articles in one article was equal to 4, and the maximal
number of articles directly depending on some other article reached 9. As far as Mizar
is concerned, the graph of 1289 articles of the current MML version® has only one
isolated node (for technical reasons preserved in the library, (article SCHEMS_1, cf.
[8]), there is an article which imports data from 121 other articles (JORDAN, cf. [9])
and the elementary properties of subsets from SUBSET (cf. [10]) are imported in as
many as 1250 articles.

2 Mizar Library Importing Specifics

Let us briefly recall here that an environment of a typical Mizar article contains a series
of directives importing various sorts of notions from articles previously available in the
MML (or a local data base). Basic information about each directive can be found in the
Mizar user’s manual [11].

The directives are vocabularies, notations, constructors, regis-
trations, requirements, definitions, equalities, expansions,
theorems and schemes. Apart from requirements and vocabularies, each
directive contains a list of (usually a couple of dozens) article names whose data should
be imported to give a certain meaning to the newly developed formalization. For a
detailed explanation of the functional and implementational aspects of the more

2 The processing and analysis of the Mizar library has been performed using the infrastructure of the
University of Bialystok High Performance Computing Center.

3 MML ver. 5.41.1289 distributed with the compatible Mizar system ver. 8.1.06, http://mizar.uwb.edu.
pl/system/#download.
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advanced directives registrations, reductions, equalities and ex-
pansions, the reader may consult [12-14], and [15], respectively.

The requirements directive accepts as its arguments specific names which do
not directly correspond to any formalization article, but instead provide means to
switch on special processing for selected highly-used notions, e.g. BOOLE for
automating Boolean operations on sets [16], or ARITHM for automating the arithmetic
of real and complex numbers [17].

Originally, the vocabularies directive was a means for introducing symbols in
special files not associated with any particular Mizar article, so that the same symbols
can later be shared by multiple articles and freely overloaded by various notations.
However, today’s practice of the Library Committee maintaining the MML is to name
these files in accordance with the name of the first article introducing a given symbol.
One might obviously come to the idea that this whole set of symbols should be
represented as one common resource. However, when we made such an experiment,
then it was shown immediately that some of the symbols which the authors are per-
fectly allowed to use in specific contexts, can cause syntactic problems in others.
A simple example is the use of a symbol like [x] for denoting a product of objects in a
category [18]:

definition
let C be non void non empty ProdCatStr;
let a,b be Object of C;
func a [x] b -> Object of C equals
(the CatProd of C). (a,b);

end;

and this obviously would cause a syntactic error with passing scheme arguments like
e.g. in the very formulation of the separation scheme [19]:

scheme
Separation { A()-> set, P[object] } :
ex X being set st for x holds x in X iff x in A() & P[x]

end;

The vocabularies directive is quite different from other directives that syntacti-
cally look very similar. The point is that this directive allows to share the same symbols
by many (sometimes) very different definitions, and so importing all their respective
data when we just need to use a certain symbol would be completely unreasonable. On
the other hand, we do not want the lexical analysis lose its flexibility by requiring that
all symbols introduced in some article become at that point reserved for all further
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library uses. With 8863 symbols in current use (1933 attributes, 4825 functors, 37 left
brackets, 37 right brackets, 936 modes, 752 predicates, 175 selectors, and 168 struc-
tures)* syntactic clashes would be practically unavoidable.

The rest of the directives, at least from a syntactic point of view, behave in a similar
way, so it is reasonable to combine them into one common import directive, which
should work as a macro merging ‘behind the scene’ several different directives. This
functionality has been implemented to reflect the situation that some resources with the
common name might not necessarily exist in the library. One should be able to import
all the possible items from an article even if some of the imported notions were not
exported to the library (e.g. most articles contain theorems, but many do not provide
schemes, or new notations, registrations, etc.).

Table 1 below shows some statistics of how the directives are used in the current
MML articles.

Table 1. Average number of directives per article.

Directive Avg. number of article names
Constructors |12.53760
Definitions 341117
Equalities 3.84251
Expansions 2.77502
Notations 26.87900

Registrations | 15.49810
Requirements 4.05275
Schemes 2.56943
Theorems 24.95810
Vocabularies |[29.31650

It should also be noted that for some of the Mizar environment directives the order
in which their arguments appear in the article may be relevant, because of the concrete
implementation limitations, e.g. registrations of adjectives and reductions or
equalities. For notations and definitions the ordering is meaningful by
design.

Preserving the ordering is useful to avoid errors caused by the overloading of
popular symbols heavily used in the library. However, there might be cases of overly
complicated environments that the current state of the library may not allow to apply
this normalization to.

4 According to the statistics provided by MML Query, http:/fm.uwb.edu.pl/mmlquery/fillin.php?
filledfilename=statistics.mqt&argument=number+1&version=5.40.1289.
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In each MML version, such a reference list is available in the mml . 1ar file, which
lists all the processable MML articles, starting from the axiomatic TARSKI. So, users
are generally encouraged to construct their environments in accordance with the
ordering given by this list, if it can be done without difficulty.

3 Generating Standardized Environments

The proposed improvement of the user interface for accessing the library is based on
introducing a new imports directive to the Mizar language and implementing it in
the relevant software (the AccoMMODATOR, cf. [11]). Although the new directive is
primarily devised to be useful when creating new formalizations from scratch, we
should also be able to re-introduce it to the available MML articles to anticipate
potential problems that may result from its use and propose ready solutions. Such
standardized environments for MML articles can be prepared in two simple steps with
the help of a set of PERL scripts which are distributed with Mizar [20] to facilitate the
analysis of MML articles’ environments and their transformations.

Firstly, we can replace all the underlying directives’ names with the new import
keyword and then use an adjusted version of the sortenv.pl script, to turn them
into one import directive without any repetitions among its arguments. The sorting
obviously helps to keep the article’s new combined environment in sync with the
natural ordering of how the MML has been built from the axiomatic notions provided
by mml.lar. Comparing to the numbers presented in Table 1, we note that the new
imports directives in MML articles have on average 38.5392 files as their arguments.

4 Examples

It turns out that if we automatically introduce the new imports directive to the
current MML, 560 out of 1289 articles (43%) require some changes (in the environ-
ment ordering or adjusting the text proper part). We may, for example, look at selected
files from the YELLOW series of articles that contain the introductory material for-
malized during the project of encoding in Mizar a handbook of continuous lattices
(CCL) [21]. These articles are more or less in the middle of the mm1 . lar list, so they
are quite advanced. On the other hand, they were developed to fill gaps from several
theories (topology, lattices and ordered sets), so they can simulate quite well a typical
formalization.

The first article from this series which does not proof check without errors after
automatically generating its environment with the new import directive is YEL-
LOW_3 [22]. The original environment declaration in the current MML looks like this:
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environ
vocabularies XBOOLE_0, SUBSET_1, TARSKI, ORDERS_2, WAYBEL 0, XXREAL O,
ZFMISC_1, RELAT 1, MCART 1, LATTICE3, RELAT_ 2, LATTICES, YELLOW O,
EQREL 1, REWRITE1l, ORDINAL2, FUNCT 1, STRUCT 0, YELLOW 3;
notations TARSKI, XBOOLE 0, ZFMISC_1, XTUPLE_0, SUBSET 1, RELAT 1, RELAT 2,
RELSET_1, MCART_ 1, DOMAIN_ 1, FUNCT_2, BINOP_1, STRUCT_O, ORDERS_ 2,
LATTICE3, YELLOW_ 0, WAYBEL O0;
constructors DOMAIN 1, LATTICE3, ORDERS_3, WAYBEL 0, RELSET 1, XTUPLE O;
registrations XBOOLE 0, SUBSET 1, RELSET_ 1, STRUCT_ O, LATTICE3, YELLOW O,
ORDERS_2, WAYBEL_0, RELAT 1, XTUPLE 0;
requirements SUBSET, BOOLE;
definitions LATTICE3, RELAT_ 2, TARSKI, WAYBEL 0, ORDERS_2;
expansions LATTICE3, RELAT_2, WAYBEL_ O, ORDERS_2;
theorems FUNCT 1, FUNCT_2, FUNCT 5, LATTICE3, MCART 1, ORDERS_2, RELAT 1,
RELAT 2, RELSET 1, TARSKI, WAYBEL_ 0, YELLOW O, YELLOW 2, ZFMISC 1,
XBOOLE_O0, BINOP_1, XTUPLE_O;
schemes FUNCT_7, RELAT_1;

and the standardized version looks as follows (please mind that the directives vo-
cabularies and requirements stayed intact):

environ

vocabularies XBOOLE_O, SUBSET_ 1, TARSKI, ORDERS_2, WAYBEL 0, XXREAL O,
ZFMISC_1, RELAT 1, MCART 1, LATTICE3, RELAT 2, LATTICES, YELLOW O,
EQREL 1, REWRITEl, ORDINAL2, FUNCT 1, STRUCT 0, YELLOW 3;

requirements SUBSET, BOOLE;

imports RELAT 1, TARSKI, XBOOLE_0, XTUPLE 0, ZFMISC_1, SUBSET 1, FUNCT 1,
RELAT 2, RELSET 1, MCART 1, FUNCT_2, BINOP_1, DOMAIN 1, FUNCT 5, FUNCT 7,
STRUCT 0, LATTICE3, YELLOW 0, ORDERS_2, ORDERS_3, WAYBEL 0, YELLOW 2;

Several errors reported in this article with the new environment are caused by the
reorganized set of imported definitions. As a solution it is enough to move the
RELAT 1 article name before TARSKI, so that inclusion between two relations can be
proved according to the original definition for simple sets rather than using a more
specialized condition in the case of relations that comes from the redefinition in
RELAT_1. Similarly, we need to swap the order of ORDERS_2 and YELLOW_O,
because the author of this formalization again preferred to ‘unfold’ the original defi-
nition of an antisymmetric relation. In these cases the relative distance between these
two files in the list was rather small, so nothing was broken by this tiny disorder.
However, trying to use the same approach to solve another definition-related error
would require moving RELSET 1 before TARSKI in the imports directive and this
change would have worse consequences. Namely, the ANALYZER module reports an
unknown functor, because the order of notations was changed at the same time, and
now the .: function application symbol would not generate proper type information
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(aredefinition of the form redefine func R. : A -> Subset of Y; gets overloaded
and then unavailable):

thus f£.(x "/\" y) = £.inf {x,y} by YELLOW 0:40
.= inf (f£.:{x,y}) by A3,A2
> *103
.= inf {f.x,f.y} by Al,FUNCT 1:60
.= £.x "/\" f.y by YELLOW_0:40;

::> 103: Unknown functor

So a better solution for this kind of situation is to fix the proof which causes the
proof checker to complain and make use of a better suited redefinition. In this case, it is
indeed a better and shorter proof:

theorem Thl:

for X, Y being set, D being Subset of [:X,Y:] holds D c= [:projl D, proj2 D:]
proof

let X, Y be set, D be Subset of [:X,Y:];

let x be Element of X, y be Element of Y;

assume
Al: [x,y] in D;

x in projl D & y in proj2 D by Al,XTUPLE_0O:def 12,def 13;

hence thesis by ZFMISC_l:def 2;

end;

instead of the original (here commented out with the error mark *52 indicating a
wrong definition order):

: theorem Thl:
for X, Y being set, D being Subset of [:X,Y:] holds D c= [:projl D, proj2 D:]
:: proof
let X, Y be set, D be Subset of [:X,Y:];
let q be object;
assume
1> *52
:: Al: q in D;
then consider x, y being object such that
x in X and
y in Y and
: A2: q = [x,y] by ZFMISC_l:def 2;
x in projl D & y in proj2 D by Al,A2,XTUPLE O:def 12,def 13;
hence thesis by A2,ZFMISC_l:def 2;
: end;

::> 52: Invalid assumption

The article YELLOW_9 [23] with a new automatically generated environment
contains a few analogous errors, but can also be used to illustrate a more interesting
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kind of error which can happen when we merge importing directives and set a common
ordering for all of them. In this case we have a space which is both topological, but also
relational. The meaning of the attribute ‘discrete’ is different from the original and so
we get:
registration
cluster strict complete l-element for TopLattice;
existence
proof
take the strict reflexive l-element discrete finite TopRelStr;
D> *136
thus thesis;
end;
end;

::> 136: Non registered cluster

as well as the following syntactically correct statement, but about a different notion of
‘discrete’, so the final proof step is not accepted by the CHECKER:

registration
let R be RelStr;
cluster correct discrete strict for TopAugmentation of R;
existence
proof reconsider BB = bool the carrier of R
as Subset-Family of R;
set T = TopRelStr (#the carrier of R, the InternalRel of R, BB#);
the RelStr of R = the RelStr of T;
then reconsider T as TopAugmentation of R by Def4;
take T;
T is discrete TopStruct by TDLAT 3:def 1;
hence thesis;
1> *4
end;
end;

::> 4: This inference is not accepted

The solution, of course, is to put TD_LAT after ORDERS_3 in the imports in
order to reflect the author’s original order of notations and so instead of importing the
notion for relational structures:

definition
let IT be RelStr;
attr IT is discrete means
:: ORDERS_3:def 1
the InternalRel of IT = id (the carrier of IT);

end;
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force the system to use the version defined in topological terms for arbitrary topological
structures:
definition
let IT be TopStruct;
attr IT is discrete means
:: TDLAT_3:def 1
the topology of IT = bool the carrier of IT;
attr IT is anti-discrete means

end;

Fortunately, the reordering of TD_LAT and ORDERS_3 does not introduce other
troublesome imports.

5 Concluding Remarks

The experimental versions of the Mizar AcCOMMODATOR (accom and makeenv)
binaries precompiled for the main distribution platforms (Linux, Windows and
MacOSX/Darwin), the adjusted sortenv.pl environment sorting script and relevant
example Mizar articles can be found at the Mizar website: http://mizar.uwb.edu.pl/
~ softadm/imports/. Apart from the implementation related to adding a new importing
directive, in order to accommodate successfully all the articles from the current MML
some limits fixed in the current systems had to be increased, e.g. the Max-
AttrPattNbr restricting the number of permittable attribute patterns. The new word
imports should also be added to the list of reserved words of the language contained
in the library file mizar.dct.

The new mechanism is inevitably going to produce some performance issues from
time to time when various automation mechanisms would be overused indirectly by the
users. It is, however, expected that the new mechanism can significantly help the users,
especially the less experienced ones. And when their work is submitted to the MML,
the best optimized environment could be restored by the Library Committee and
preserved in the library.

It is also worthwhile to consider developing even more high-level environment
importing directives. They can resemble current requirements by using a fixed
name for a combination of carefully selected imports that enable jump start develop-
ments in specific theories, like the aforementioned continuous lattices theory, for
instance.

The presented experiment sheds some light on how the granularity of import
mechanisms could be further developed in Mizar to better serve the users. It also shows
the users that it is beneficial to organize the file structure of their newly formalized
theories in a more fine-grained way to avoid import conflicts during the reuse of their
data. On the other hand, our research carried out over the Mizar library allows to
anticipate similar potential problems with reorganizing the rich dependence structure of
other formal mathematical libraries.
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Abstract. We describe a formalization of the nominative algorithmic algebra in
the Mizar proof assistant. This algebra is a generalization of Glushkov algo-
rithmic algebras which is well suited for representing semantics and specifying
properties of programs on complex data structures which interact with external
environment in convenient and unified way. We describe formal definitions and
formally proven and checked statements about the carrier sets and operations
(program compositions) of this algebra. The obtained results are useful for
implementing methods of automated verification of software, for example, for
the Internet of Things (IoT) and ensuring safety of IoT systems.

Keywords: Formal methods - Proof assistant - Semantics - Algorithmic
algebras - Formal verification

1 Introduction

Nowadays computer-controlled systems are becoming widely deployed and the idea of
the Internet of Things [1], of connecting a variety of physical devices and virtual
entities into a global network is turning into reality. Since embedded software plays an
important role in such products, controls their behavior, and, in the case of incorrect
implementation, can be the primary source of safety issues, it is highly desirable to
incorporate at least some software verification processes into [oT device design practice
to reduce the amount of such issues and their implications.

Generally, verification means checking that a system behaves in accordance with its
specification. Formal verification uses mathematical methods for this purpose, usually
relying on mathematical logic and/or type theory, and is considered to be the approach
of choice for obtaining the strongest safety guarantees. However, in order to apply
formal verification, a system designer needs to formulate a formal, mathematically
rigorous specification of the intended behavior of the system and obtain an adequate
mathematical model of its implementation. Then formal verification may be attempted
using the relevant automated or semi-automated software tools [2] — automated
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theorem provers, model checkers, proof assistants, etc., or manually. If formal verifi-
cation succeeds, it provides a strong evidence that the implemented system has the
safety properties implied by its specification.

Verification methods have been studied for a long time, and many of them were
based on the Floyd—Hoare approach. In particular, the means of expressing formal
specifications commonly included pre- and post-conditions. Such types of specifica-
tions also appeared in the domains of artificial intelligence and robotics, e.g. in action
description languages such as STRIPS, PDDL, etc.

In recent years there has been a significant progress in tools that support application
of formal methods to software development, some of which include

— verified compilers (CompCert [3] for C, CakeML [4] for ML, etc.) that generate
assembly or machine code that is proven to be equivalent to the source code under
the assumptions of the formalized source language semantics and realistic models of
microprocessor instruction set architectures (ISAs) such as ARM, Intel x86, etc.;

— microkernels and hypervisors (e.g. seL4 [5], CertiKOS [6], etc.) that are formally
verified with respect to high-level formalized specifications of system interface and
behavior under the assumptions of realistic formal models of ISAs.

Usage of such tools in embedded software development for IoT allows one to
eliminate some potential sources of safety issues (errors during type checking of the
source code or translation of the source code to executable machine code, errors in
implementation of scheduling, and, to some extent, resource management and access
control). However, the following issues remain:

— correctness of application-level IoT software is not implied by the correctness of
implementation of a compiler and a limited operating system kernel; application-level
software still requires a certain form of verification;

— robustness of both formally verified system and application-level software com-
ponents in the case of deviation of hardware and/or external software from their
assumed behavior or hardware failures is usually not analyzed and formal proofs of
software correctness (e.g. seL4 microkernel correctness proof using Isabelle/HOL
proof assistant [7]) usually do not give usable information on such situations.

As a step towards development of a methodology and tools that allow solving such
issues, in the previous works [8, 9] we proposed a logical framework for specifying
properties of imperative programs, formalizing imperative programs, and reasoning
about their behavior, based on ideas from the composition-nominative approach to
program formalization [10], Glushkov algorithmic algebras [11], and the Floyd—Hoare
logic [12, 13]. In particular, in these works we constructed a generalization of the
Floyd-Hoare logic for partial pre- and post-conditions [8] and a special inference
system for it [8, 9]. The approach can be supported by the following observations:

— many software verification projects, including the mentioned above, use extensions
of the classical Floyd—Hoare logic to reason about program behavior, so it can be
expected that a suitable extension of the Floyd—Hoare logic implemented in
semi-automatic or automatic verification tools may provide a satisfactory basis for
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formal verification of IoT software and also give information about robustness of
the verified code in the case of failure of assumptions under which it was verified;

— application-level IoT software usually deals with sufficiently high-level communi-
cation with external IoT devices or web services on the Internet (and this agrees the
idea of the Internet of Things in general), and many security and safety consider-
ations for IoT devices are related to the questions of correctness of implementation
of the corresponding communication protocols and, especially, correctness of the
procedures that interpret and process the data that is sent and received;

— data formats commonly used in such communication, especially with web services,
including JSON, XML and other related formats, have tree-like, hierarchical nature,
so it is important to be able to specify in the convenient form the behavior and
perform formal verification of code that processes hierarchically organized data;

— the cases of deviation of hardware and/or external software components from their
assumed behavior, hardware failures, etc. can be represented as undefinedness of
parts (predicates, operations, data components, etc.) of the formal specification of
the preconditions of execution of software code when its behavior is analyzed in the
context of such deviations/failures/phenomena.

— one can analyze how robust a verified software code is in cases of different types of
deviations of its execution environment from the behavior assumed in its formal
specification by analyzing what happens when different parts of preconditions of
execution of its instructions become undefined; undefinedness of certain parts of
preconditions of code execution may or may not (depending on how a deviation
event affects code execution) lead to nondeterminism of code operation.

As a solution, we proposed an extension of the Floyd-Hoare logic which we
described in [8] which allows one to

— reason about programs which operate on complex, tree-like data structures in
convenient and high-level way;
— include partial predicates [14] in program pre- and postconditions.

This logic allows one to verify assertions (Hoare triples) of the form
{Pre—condition} Program{Post—condition}

which mean that if the Pre-condition holds (a condition on the state of the memory)
immediately before the Program is run, and the Program terminates, then Post-con-
dition holds immediately after Program’s execution. Here Pre-condition and Post-
condition can be specified by partial predicates on memory states (i.e. they are not
necessarily defined on all possible data), which is one of the major differences between
this logic and the classical Floyd—-Hoare logic. The presence of partial pre- and
post-conditions makes the inference system for the classical Floyd-Hoare logic
unsound, so our logic requires a different (modified) sound inference system. We
described this inference system in [8]. A Program in assertions is described in a
language with the usual structural programming constructs of the sequential execution,
branching, cycle, however, it can operate on complex hierarchically organized data
structures as nominative data [10, 15] which allow convenient representation of various
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commonly used data structures, like multidimensional arrays, tables, trees, etc. These
representations were described in [15]. Nominative data have the form of name-value
assignments in which values can be nominative data (name-value assignments)
themselves:

[namel—valuel, name2—>[nestedl—value2, nested2—value3], name3—value4].

Such nominative data can be interpreted as labeled oriented trees in which arcs are
labeled with names (here namel, name2, nestedl, nested2, name3), and leaf nodes
contain values (here valuel, value2, value3, value4). For example:

x—1l,y—[x—2],z—2]

As a simple illustration consider the following program written in pseudocode, which
reads (synchronously) a fragment of data from a location in an external storage—
a Flash memory, denoted as ExternalMem.Flash.pagel, into random access memory
(RAM) location denoted as RAM.regionl, performs some computation on RAM.re-
gionl (computation), and writes the result into ExternalMem.Flash.pagel:

RAM.regionl ExternalMem.Flash.pagel;
RAM.regionl := computation (RAM.regionl) ;
ExternalMem.Flash.pagel := RAM.regionl;

Assume that the current execution state of the program is modeled as a nominative data
of the form:

[RAM — [regionl — contentl, region2 — content?2, ...],
ExternalMem—
[Flash — [pagel — flash_contentl, page2 — flash_content2, ...]]],

where RAM, regionl, region2, ..., ExternalMem, Flash, pagel, page2, ... are names
and contentl, content2, ..., flash_contentl, flash_content2, ... denote concrete values
assigned to the corresponding names in the nominative data. Moreover, contentl,
content2, ... mean the content currently stored in RAM, and flash_contentl, flash_-
content2 mean the content currently stored in the Flash memory. We use the dot
notation like RAM.regionl to denote the name regionl inside the value corresponding
to the name RAM in a nominative data (formally, the name sequences like RAM.
regionl are called complex names in [15], and the operation of finding the value
corresponding to them in a nominative data is called associative denaming [15]).

During execution of the program the content of RAM and the Flash memory may
change. We can model this change as transition from one nominative data to another.
E.g., suppose that the initial state (before the execution of the program) is

[RAM — [regionl — 0, region2 — 0],
ExternalMem— [Flash — [pagel — 1, page2 — 0]]].
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Then after execution of the first instruction:

RAM.regionl := ExternalMem.Flash.pagel;

the memory state can be described by the following nominative data:

[RAM — [regionl — 1, region2 — 0],
ExternalMem— [Flash — [pagel — 1, page2 — 0]]].

This fact implies, e.g. the following assertion:

{ ExternalMem.Flash.pagel =1 }
RAM.regionl := ExternalMem.Flash.pagel,;
{ RAM.regionl =1}

Similar assertions can be stated for other statements and can be combined using
rules of the inference system to form an assertion about the whole program. The pre-
and post-conditions can be considered as predicates on nominative data which repre-
sent memory state, or, more generally, the state of the execution environment of the
program. Our extended Floyd—Hoare logic supports the situations when the values of
these predicates are defined on some nominative data and are undefined on another
nominative data. For example, suppose that we model a hardware fault in the Flash
memory. This situation can be modeled as the case when the nominative data repre-
senting the memory state of system loses the name-value pair in which the name is
Flash, so this nominative data becomes:

[RAM — [regionl — 1, region2 — 0], ExternalMem— [ ]].

Analogously, we can model a situation when the hardware fault is related only to
some, but not all page(s) of the Flash memory, e.g.

[RAM — [regionl — 1, region2 — 0], ExternalMem— [page2 — 0]],

i.e. here nominative data loses the name-value pair corresponding to the name pagel.

It is natural and convenient for further reasoning to assume that in this case the
value of the predicate in the precondition {ExternalMem.Flash.pagel = 1} becomes
undefined. So the precondition is a partial predicate on nominative data — it is defined,
when there is a name-value pair in this nominative data, corresponding to the name
pagel (located in the value corresponding to the name Flash which is in the value
corresponding to the name ExternalMem), and is undefined, otherwise. When this
predicate is defined, its value is true, if the value corresponding to the name page! is 1,
and is false otherwise. Definedness of the precondition predicate and its truth value, if
any, has influence on the conclusion that can be done concerning the postcondition
after execution of a program statement. In our case, the first program instruction refers
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to a malfunctioning device (ExternalMem.Flash.pagel). What actually happens in this
case depends on the nature of the fault, the behavior of the hardware and software
environment of the program, the semantics of the language in which it is written, etc.
However, conservatively, we can assume that the value of the predicate in the post-
condition {RAM.regionl = 1} and, in fact, the program behavior, is undefined in this
case. On the other hand, if the statement did not refer to a malfunctioning device (e.g. if
it dealt only with RAM.regionl), then, assuming the fault in the Flash device had no
effect on the program’s execution environment, we would assume that the precondition
and postcondition predicates and the program’s behavior would be well-defined. Thus
we assume that proving assertions in the extended Floyd—-Hoare logic allows one to
perform a form of software verification, while analysis of situations when the post-
conditions and the program behavior are defined or undefined can give useful infor-
mation about robustness of the verified software in the case of deviations of the
program execution environment from its normal and assumed behavior.

In order to be able to apply the extended Floyd—Hoare to formal verification of
software, generally, it is necessary to implement it in a software system like an
interactive proof assistant and/or an automated theorem prover. We consider that a
preferable approach is to firstly formalize its rules, semantics, and formalize the proof
of its soundness in one of the existing interactive proof assistants, and then develop
methods for automation of its application to software verification problems. To for-
malize our extended Floyd—Hoare logic we chose the Mizar system [16, 18] which is
a proof assistant based on first-order logic and axiomatic Tarski-Grothendieck set
theory. The reasons for this decision include:

— Mizar has a rich library (Mizar Mathematical Library, MML) of already formalized
mathematical definitions and theorems. We assume that it has a good potential for
application in the domain of formal verification of IoT systems and software since
the behavior of the physical environment of IoT systems can be described by
continuous-time dynamical system models using ordinary differential equations,
differential inclusions, stochastic differential equations, etc., and reasoning about
such models depends on facts from various branches of mathematics formalized in
MML.

— Mizar and MML have a good support for defining of and direct reasoning about
partial predicates and functions without reducing them to total function using option
types (like in Isabelle/HOL [7]) or other similar techniques.

Formalization of the mentioned logic in Mizar can be done in three steps:

— Formalization of the notion of nominative data and of basic operations on them. We
have done this in [17].

— Formalization of the notion of a program and of constructs (we call them compo-
sitions) which allow one to write programs (e.g. sequential execution, branching,
loop, etc.) and which can be reasoned about using our extended Floyd—Hoare logic.
The set of such programs (and predicates) and constructs (compositions) forms an
algebraic structure which we introduced in [15] and called the nominative Glushkov
algorithmic algebra, or simply, the nominative algorithmic algebra. This structure
can be considered as a generalization of Glushkov algorithmic algebras [11] which
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allows specification of programs which operate on hierarchically organized (nom-
inative) data. It has two carrier sets — a set of programs which are, semantically,
partial functions which map nominative data to nominative data (which are called
binominative functions), and a set of partial predicates on nominative data. Its
operations represent constructs which allow one to build complex programs and
predicates from simpler ones.

— Formalization of the rules of the inference system [8] of the extended Floyd—Hoare
logic and the proof of its soundness in Mizar.

The topic of this paper is the second item of this list, i.e. formalization of the carrier
sets and operations of the nominative Glushkov algorithmic algebra in Mizar. We plan
to consider the third item in the future works.

2 Mizar Formalization of Nominative Glushkov Algebras

Mathematical definitions of nominative data and the nominative Glushkov algorithmic
algebra can be found in [15]. We formalized them in the form of a Mizar paper entitled
NOMIN.MIZ. Formalization of nominative data and operations on them in this Mizar
paper are described in [17], so we omit them here. Below we describe the formal
definitions of the carrier sets and the most important operations of the Glushkov
algorithmic algebra. Because of space limitations we omit some of the less important
and/or straightforward definitions and the text of the formal proofs of the existence and
uniqueness correctness conditions in the definitions. However, we note that they were
written using various grammatical constructions supported by the Mizar language
which increase the computational power of the Mizar checker (e.g. registrations and
term expansions [19]) and were checked for correctness using the Mizar system.

Firstly, we fix the sets of names (V) and values (&) over which we consider the set
of nominative data ND(V, A), the formal definition of which is described in [17].

reserve V,A for set;

The carrier sets of the nominative Glushkov algorithmic algebra are

— the set of partial predicates on ND(V, A) which is denoted as Pr(V, A);
— the set of programs — a partial functions from ND(V, A) to ND(V, A), also called
binominative functions, which is denoted as FPrg(V, A).

We defined them in Mizar as follows:

definition let V,A;
func Pr (V,A) -> set equals PFuncs (ND(V,A),BOOLEAN) ;
func FPrg(V,A) -> set equals PFuncs (ND(V,A),ND(V,A));
end;

where PFuncs (X, Y) denotes the set of all partial functions from X to Y [20].
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Besides, we introduced Mizar modes (types) SCPartialNominativePredi-
cateand SCBinominativeFunction,corresponding to the elements of Pr(V, A)
and FPrg(V,A):

definition let V,A;
mode SCPartialNominativePredicate of V,A is
PartFunc of ND(V,A),BOOLEAN;
mode SCBinominativeFunction of V,A is
PartFunc of ND(V,A),ND(V,A) ;
end;

where PartFunc of X, Y is a partial function from X to Y [20].

Then we formalized the operations (also called compositions) of the nominative
Glushkov algorithmic algebra. The list of them is given in [15]. The most important
among them are the sequential composition, the (variable) assignment, branching (“if”
operator), and the “while” loop compositions on programs. We formalized them as
SCcomposition, SCassignment, SCIF, and SCwhile functors in Mizar:

definition let A,B,C be set;
func PFcompos(A,B,C) -> Function of
[:PFuncs (A,B) ,PFuncs (B,C) :],PFuncs (A,C) means
for £ being PartFunc of A,B
for g being PartFunc of B,C holds it.(f,g) = g*f;
end;

where [:X,Y:] denotes the Cartesian product of sets X and Y [21].

definition let V,A;
func SCcomposition(V,A) -> Function of
[:FPrg(V,A) ,FPrg(V,A):],FPrg(V,A) equals
PFcompos (ND(V,A) ,ND(V,A) ,ND(V,A)) ;
end;

definition let V,A; let v be set;
func SCassignment (V,A,v) ->
Function of FPrg(V,A),FPrg(V,A) means
for £ being SCBinominativeFunction of V,A holds
dom(it.f) = dom f &
for d being TypeSCNominativeData of V,A holds
d in dom(it.f) implies it.f.d =
local_overlapping(V,A,d,£f.d,v);
end;

where each object of the type TypeSCNominativeData of V, A is an element of
ND(V,A) and local_overlapping is one of the operations defined on nomina-
tive data [17].
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definition let V,A;
func SCIF(V,A) -> Function of
[:Px(V,A) ,FPxrg(V,A) ,FPrg(V,A):],FPrg(V,A) means
for r being SCPartialNominativePredicate of V,A
for p,q being SCBinominativeFunction of V,A holds
dom(it. (x,p,q)) =
{d where d is TypeSCNominativeData of V,A:
d in dom r & r.d = TRUE & d in dom p
or d in dom r & r.d = FALSE & 4 in dom q} &
for d being TypeSCNominativeData of V,A holds
(d in dom r & *r.d = TRUE & d in dom p
implies it. (x,p,q).d = p.d) &
(d in dom r & r.d = FALSE & d in dom g
implies it. (x,p,q).d = g.d);
end;

definition let V,A;
func sSCwhile(V,A) -> Function of
[:Pr(V,A) ,FPrg(V,A):],FPrg(V,A) means
for p being SCPartialNominativePredicate of V,A
for £ being SCBinominativeFunction of V,A holds

dom(it. (p,f))={d where d is TypeSCNominativeData of V,A:
ex n being Nat st
(for i being Nat st i <= n-1 holds
d in dom(p*iter(f,i)) & (p*iter(f,i)).d = TRUE)
& d in dom(p*iter(f,n)) & (p*iter(f,n)).d = FALSE}
& for d being TypeSCNominativeData of V,A st
d in dom(it. (p,£f)) ex n being Nat st
(for i being Nat st i <= n-1 holds
d in dom(p*iter(f,i)) & (p*iter(£,i)).d = TRUE)
& d in dom(p*iter(f,n)) & (p*iter(f,n)).d = FALSE &
it.(p,£f).d = iter (£f,n) .d;
end;

where iter (f,n) denotes n-times iteration of the function £ [22].
We formalized all other compositions of the nominative Glushkov algorithmic
algebra using a similar approach.

3 Conclusion

We have formalized the nominative Glushkov algorithmic algebra in the Mizar proof
assistant. This formalization is a necessary step towards formalization and application
of the extended Floyd—Hoare logic proposed in [8] which supports partial pre- and
postconditions and allows reasoning about programs operating on complex data
structures, which can be useful for verification of IoT software. We plan to formalize
this logic using the results obtained in this paper in further works.
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Abstract. This paper presents the situation awareness development method and
a tool elaborated for individual soldiers and low level commanders support.
Presented results are outcomes taken from the process of mCOP plaftom design
and development. The system itself is an innovative proof-of-concept and a
testbed software, which utilizes sensors, wireless technologies and augmented
reality for supporting ground troops during various combat operations in Net-
work Enabled Capabilities environments [14]. Choosing commercially available
mobile platforms is intentional as the system should offer security features while
maintaining high availability and accessibility for every soldier. The system is
supported by data integration services SOA environment hosting NFFI, TSO
and JC3IEDM [14, 15] military and crisis management services. Presented
solution offers adjustable and configurable layered architecture for integration
services and command support web portal. mCOP solution offers automatic
monitoring of individuals (location, movement, biomedical signals), C4ISR [15]
system’s data integration and operational picture development. Utilization of
mobile technologies ensures portability, accessibility and simplifies wireless
communication strategies (multiple channels) providing medium for distributing
tactical situation awareness. Choosing Android platform delivers also major
advantages connected with transparency of OS code, availability of professional,
ruggedized devices. Therefore mCOP platform can be easily distributed and
deployed on available commercial smartphones and tablets.

Keywords: Situation awareness - Operational picture + Mobile system -
Augmented reality -+ Decision support

1 Introduction and Research Applicability

The paper summarizes problems and solutions encountered during implementation of
DSS software including mobile and desktop devices. Gathered experience covers
issues connected with data integration, data and information fusion, service oriented

© Springer International Publishing AG 2018

. Swiqtek et al. (eds.), Information Systems Architecture and Technology: Proceedings of 38th
International Conference on Information Systems Architecture and Technology — ISAT 2017,
Advances in Intelligent Systems and Computing 656, DOI 10.1007/978-3-319-67229-8_17



190 M. Chmielewski et al.

architecture and state-of-the-art visualization techniques development. Implementation
of these modules delivers combination of sensor data fusion methods and AR visu-
alization to instantly support and help soldiers during operation. The platform utilize
commercially available platforms, which increases the deployment strategies.

Presented paper is a proof-of-concept architecture and implementation of prototype
tools which can be used for sharing operational and tactical information, fusing data on
command level and developing situation awareness of tactical level commanders and
soldiers. Utilization of mobile technologies enhances the capabilities of warfare by
delivering means of achieving information superiority, important especially in asym-
metric threats where the inertia of the operation is very slow.

2 Battlespace Data Integration Mechanisms and Used
Standards

The presented system utilizes heterogeneous data sources with implementation of data
fusion methods to improve situation awareness and COP (Common Operational Pic-
ture). tCOP hosts services which produces integrated data from following data sources:
NFFI (NATO Friendly Force Information), TSO (Tactical Situation Object) and
JC3IEDM (Joint Consultation Command & Control Information Exchange Data
Model). Besides those mentioned before, tCOP user can easily create custom situation
including both APP6A and TSO nomenclature to visualize the scenario. tCOP allows
also to share it with other trainees to perform exercises improving ability to act in
emergency situations. NFFI [1] [is an interoperability standard to exchange friendly
force tracks between national Command and Control Information Systems (C2IS)
within the ISAF coalition. This standard is composed by two crucial elements: a
message definition and interface for information exchange on friendly forces. TSO [1]
standard defines requirements for information structure to represent situation for crisis
management and is inspired by the experience of the military interoperability. It is used
to transfer record of the current view of particular observer to the other one. It is mainly
used for information exchange between emergency response institutions to increase
situation awareness by utilized transferred data to console view or dispatcher. The TSO
is crucial to coordinate and integrate quick reaction forces (QRF) by providing a
minimum level of interoperability during emergency operations. The simplest way to
increase the interoperability level between institutions is to use the same data model
and data source. Such approach results in providing a timely and comprehensive
COP. TSO defines a message structure consisting of four parts: Context, Event,
Resources and Missions. Moreover, it describes both static and dynamic elements of
crisis operations. Data integration layer of TSO standard in tCOP implementation is
shown on Fig. 1. This feature improves situation awareness by dividing gathered data
into pieces so that user can be given with optimal, not overwhelming amount of
information. An example of TSO event can be: ACC/ACCTRF/HGHWAY/MOTTUN
where ACC means accident, ACCTRF means an accident of the type traffic accident,
HGHWAY means a traffic accident which occurred on a highway and finally MOT-
TUN means that an accident occurred inside a tunnel [2]. The example message written
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Fig. 1. Data integration of TSO and NFFI services in tCOP web client

in XML language is shown on Fig. 2 [2]: tCOP services implements several standards
of data exchange.

tCOP is used to acquire and integrate the data, and generate COP product from
multiple data sources to increase situation awareness both for military domain and
crisis management. Each external data source is mapped to tCOP scenario structure by
integration algorithms to ensure interoperability between services. Each scenario
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Fig. 2. (Left) Battlefield COP products, NFFI and JC3IEDM fused situation (left) estimates of
critical infrastructure threat level (center), CIMIC operation fusing TSO and NFFI data
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created by tCOP Scenario Creator can by translated to both NFFI and TSO standards
and transferred to other clients. tCOP extends TSO and NFFI specification providing
REST services which use JSON (JavaScript Object Notation). JSON data format is
much simpler than XML language providing shorter representation of the transferred
objects what is crucial to save limited mobile devices network transfer. tCOP extends
TSO and NFFI specification providing REST services which use JSON (JavaScript
Object Notation). JSON data format is much simpler than XML language providing
shorter representation of the transferred objects what is crucial to save limited mobile
devices network transfer.

3 tCOP Information Fusion from Heterogeneous Data
Sources

The iCOP integration mechanisms utilize several integration approaches and mecha-
nisms performing on three levels of fusion — data association, state estimation and
decision fusion. Each of these layers should be implemented to achieve optimal, fully
automatic effect of gathering and processing appropriate information. mCOP applies
data association and state estimation algorithms leaving decisions for decision maker —
soldiers wearing DSS outfit. The aim of data association is to determine a set of
observations which comes from the same target in time [8]. It is necessary to keep in
mind that observation generated from each sensor is received in fusion node in discrete
time, whilst the sensor is not obliged to deliver data in significant time period.
Moreover, some of observed information can be noisy [10]. In DSS solution data
association algorithms are used to group sensed data in packages corresponding to
observed object which serves as a base for state estimation methods. To provide a clear
insight in the problem one should assume two objects coming from the same direction
with colliding courses. The core of data association problem is to determine which of
gathered data came from certain object. mCOP implements three data association
techniques — nearest-neighbor algorithm, K-means algorithm and probabilistic data
association including credibility factor. Obtained results are passed through majority
voting mechanism. Such approach compensate pros and cons of used methods reducing
disadvantages coming from separate usage. State estimation mechanisms are used to
discover the values of state vector basing on given observations. From mathematical
side it means that it is needed to find a set of appropriate parameters with given
redundant observations.

To enrich DSS solution mCOP implements particle filter — one of the most flexible
state estimation technique which improves situational awareness. It is divided in two
phases: prediction phase and update phase. While being in prediction phase each of the
particles are modified accordingly with existing model compensating sums of random
noise. In update phase particle wages are calculated basing on recent sensor’s obser-
vation, while the particles with lower wages are removed [9].

mCOP uses state estimation algorithms mainly in order to determine the state of the
target especially while moving. Estimated state of the target improves COP and
delivers additional information supporting decision maker. One of the most
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representative example is assessing the level of fatigue of hostile object basing inter alia
on movement speed, terrain parameters and observation time.

As the data fusion method is highly connected with various data input sources,
mCOP utilizes several standardized information services. One of mostly used in COP
environments are NFFI (NATO Friendly Forces Information) and TSO (Tactical Sit-
uation Object). In mCOP both these sources can be configured in order to receive
information provided from local or remote instances (Fig. 3).
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Fig. 3. Data fusion algorithm implementation in DSS solution fusing operational picture
products in mCOP software

4 COP Environment Architecture

tCOP system provides COP utilizing data fusion algorithms and integration connectors.
This tool enable allied (NATO) soldiers equipped with handheld devices to use fusion
algorithms to present situation picture which leads to increase their perception of the
battle space environment within a volume of time and space which is known as a SA
(Situation Awareness). Soldiers equipped with mCOP application and having wireless
tactical networks access can be given visualization of the battle space. Such visual-
ization expresses current situation including both military and civilian objects, infor-
mation concerning both in AOR (Area of Responsibility) and in AOI (Area of Interest).
Additionally, mobile client is delivered with a demo visualization of the command
center utilizing web browser as a thin client COP provider. This application is
responsible for rendering COP data and providing GIS (Geographic Information
System) support for reflecting current or planned operational situation expressed in
tactical symbology: TSO and APP6A. tCOP services have been developed in J2EE
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environment to provide scalable, reliable and secure application. Business logic has
been implemented according to SOA approach utilizing EJB 3.1 (Enterprise Java
Beans) (Fig. 4).
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Fig. 4. Developed application deployment model [3]

Multilayer divided architecture allocate different responsibilities to separate layers
improving flexibility and maintenance factors. Each component provides interfaces for
both remote JNDI and web services invocations. Web services are used by mobile
client to communicate with server to increase situation awareness of particular soldier.
Moreover mobile client can use a server as a proxy for a communication with other
similar, JC3IEDM compatible command support systems — e.g. JASMIN. These web
services are implemented in two currently common approaches: REST (Representa-
tional State Transfer) and SOAP (Simple Object Access Protocol) protocols. Both
services are implemented as a Business Delegate object’s over HTTP (Hypertext
Transfer Protocol) requests. These components are responsible for process request in
particular format and transfer responsibility for logic execution to EJB component.
REST services utilizes JAX-RS library to provide communication base both for JSON
(JavaScript Object Notation) and XML (Extensible Markup Language) communication
format. SOAP services are encapsulated using JAX-WS (Java API for XML Web
Services). Additionally, tCOP implements a web based application according to RIA
(Rich Internet Application) which uses asynchronous methods invocation by AJAX
(Asynchronous JavaScript and XML) encapsulated into GWT-RPC protocol and
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GWT-RPC servlets responsible for processing this messages and transmitting them to
EJB components. The persistence layer have been implemented according to DAO
(Data Access Object) approach utilizing JPA 2.1 (Java Persistence API) which defines
a specification for persisting, accessing and managing the data between Java objects
and the relational database as an ORM (Object-Relational Mapping). EclipseLink has
been chosen as a JPA implementation provider.

Access to each exposed web service is secured by authentication and authorization
services which filter HTTP responses depending on existing HTTP headers or request
parameters describing server session. The security layer is implemented according to
SSO (Single Sign On) recommendations to simplify distributed and multiplatform
authentication. This approach simplifies trainee access to C4ISR system and shorten
time needed for both registration and authentication. According to web services stan-
dards REST and SOAP are transferred over HTTP requests with plain text.

5 Supporting Soldier’s Situation Awareness

Dismounted soldier systems often limits to display current tactical situation in GIS
environment. mCOP implements functions that could assist soldier on the battlefield,
i.e. March trail recording, orienting in the field, monitoring life-functions or reporting
to higher levels of command. Nowadays mobile devices are not only able to perform
demanding calculations but also provide an array of sensors. Most commonly used are
accelerometer, magnetometer and gyroscope. Fused data from these sensors allow to
implement a compass and further fusion with GPS receiver and camera allows to
display tactical data in form of Augmented Reality view.

The mCOP system widely described in [3] was designed to utilize data from many
sources to empower soldier’s situation awareness. The core of utility functions of
mCOP were encapsulated within two views that are shown on Fig. 5.
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Fig. 5. Utility views: (left) movement monitoring during operation, (center) tactical commu-
nication messenger with report template support, (right) compass utility view
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These screens present fused data from sensors to display current information about
speed, distance, position and azimuth. Furthermore after turning tracking on the data
about position is gathered, collected into packs and sent to the backend when the con-
nection is available. In order to simplify communication with command center via XMPP
protocol a message template language was introduced. These templates deliver rapid
report composition using current situation and location. mCOP specifies an array of
attributes filled automatically on report creation: name, function, geoposition and time.

6 Construction of Augmented Reality View

Building an augmented reality view required utilization of the sensor, battlespace and
GPS data combined with camera display. Construction of augmented reality view
utilizes location of battlespace elements, location and inertial sensors. Developed
picture is further Displaying an augmented reality view requires definition of two
crucial parameters (Fig. 6):

| PE5225598734 )
I i .

542aarm
12 11.9km
5.2[\!“

e

|

Fig. 6. AR based situation awareness view merging sensor data, battlespace information and
threat level estimates (1 — deflection, 2 — location, 3 — elevation, 4 — azimuth)

Vertical field of vision and horizontal field of vision. These parameters are the
height and width of 2D projection of rectangle defined on sphere around the soldiers
head which camera displays on the screen

d
size:max{O.l,l.O— } - S1Z€max (L.1)

max

where size — displayed unit size, size,,,, — maximal unit size, d — distance to displayed
unit, d,,,, — maximal distance to displayed unit.
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These parameters are crucial to displaying augmented reality properly in terms of
locating the tactical objects in correct location on the screen. To make the augmented
reality view easier to interpret the size of unit image was determined by its distance
from the soldier. The size is calculated according to Eq. (1.1) The height on which the
unit is displayed is not determined by its z-coordinate of location but by its rank. The
units of lowest rank are displayed on the horizon line where the units of higher rank in
defined intervals over the horizon line.

7 Construction of Situation Awareness View Using AR

To immerse even further soldier senses in mCOP system, an augmented reality view
has been developed. The VR view was based on our Augmented Reality view and as
prototype was designed as 2D plane displayed in 3D space. Such approach allows to
rapidly prototype the view and asses its capabilities (Fig. 7).

Fig. 7. Augmented reality view generated by mCOP tool and fusing available information of
operational elements and tactical geopoints with appropriate threat level estimates - no correction
and adjustment for VR projection glasses

From the technical point of view both the camera and the legacy android aug-
mented reality view where rendered as OpenGL ES2.0 surface textures and displayed
on rectangle. These textures where mixed in shader to achieve the performance needed
in real time view. It has to be noticed that while creating a VR view performance is
really important factor as any fps drops or inconsistency can result in dizziness or
feeling sick. The OpenGL view was rendered using Google VR SDK which allows to
render regular OpenGL scene to Virtual Reality one. This SDK manages splitting the
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view for both eyes and applying eventual lenses distort correction for the Google
Cardboard. The future improvement perspective for this view is to move the whole
augmented reality overlay from legacy android view into OpenGL scene that would
allow to achieve correct depth visualization for the units making it true 3D view
(Fig. 8).

Fig. 8. Augmented reality view generated by mCOP tool lens distortion correction projected in
3D environment supporting VR glasses

8 Conclusions and Future Development

Presented family of COP tools provides the information infrastructure for military and
civilian crisis operation support. These tools implement state-of-the-art mechanisms
and techniques to increase the efficiency of combat operations on any stage of mission
execution including tactical and operational level consuming and producing stan-
dardized data sources NFFI, JC3IEDM and TSO dispatch services. The environment
have been validated in several deployment configurations utilizing ad-hoc tactical
networks, server environments and variety of android devices (also ruggedized). The
iCOP platform is able to process and refine operational scenario elements fusing the
data from many heterogeneous data sources. Application of AR to support situation
awareness of TSU member delivers new means of information rendering accuracy and
increases decision making efficiency during combat. mCOP VR technology in con-
junction with appropriate head gear provides means of situation awareness projection
supplemented by threat level estimates for every battlespace element. The iCOP tools
are currently being adopted for ruggedized closed platforms as DSS demonstrator
technologies for Polish Armed Forces and crisis management institutions.
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Abstract. RNA secondary structure prediction is a computationally-intensive
task that lies at the core of search applications in bioinformatics. In this paper,
we consider Zuker’s RNA folding algorithm, which is challenging to optimize
because it is resource intensive and has a large number of non-uniform
dependences. We describe the application of a previously published approach,
proposed by us, to automatic tiling Zuker’s RNA Folding loop nest using the
exact polyhedral representation of dependences exposed for this nest. First,
rectangular tiles are formed within the iteration space of Zuker’s loop nest. Then
tiles are corrected to honor all dependences, exposed for the original loop nest,
by means of applying the exact transitive closure of a dependence graph. We
implemented our approach as a part of the source-to-source TRACO compiler.
The experimental results present the significant speed-up factor of tiled code on
a single core of a modern processor. Related work and future algorithm
improvements are discussed.

Keywords: RNA secondary structure prediction - High performance
computing - Zuker - Polyhedral model - Loop tiling - Transitive closure

1 Introduction

The acceleration of dynamic programming recurrences in computational biology is still
a challenging task for developers and researchers. On modern architectures, memory
latency and bandwidth have become a major limiting factor in achieving good per-
formance. Fortunately, many of time-consuming bioinformatics programs, such as
energy minimization algorithms for RNA folding, involve mathematical computation
over affine control loops whose iteration space can be represented by polyhedral
models [15]. Those models are a powerful theoretical framework that can represent and
analyze regular loop programs with static dependences. Loop transformations such as
tiling allow us to expose far more locality than ad hoc methods.

In this paper, we focus on the automatic code locality improvement of RNA folding
realized with Zuker’s algorithm [21]. Zuker’s dynamic programming algorithm pre-
dicts the structure using more detailed and accurate energy models [8] and entails a
large number of non-uniform loop dependences.
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We apply loop tiling, or loop blocking, to Zuker’s loop nest. Tiling for improving
locality groups loop nest statement instances in the loop nest iteration space into
smaller blocks (tiles) allowing reuse when the block fits in local memory.

To our best knowledge, well-known tiling techniques are based on linear or affine
transformations [4, 6, 7, 20]. In paper [2], we presented a novel algorithm to tile affine
arbitrary nested loops which is based on the transitive closure of program dependence
graphs. First, rectangular tiles are formed, and then they are corrected to establish tiling
validity by means of the transitive closure of loop nest dependence graphs. The
approach is able to tile non-fully permutable loops with non-uniform data dependences
which are exposed for energy minimization algorithms.

In this paper, we adopt this technique to tile the code of a simplified version of
Zuker’s algorithm where the energy contribution of multiple loops is set to zero and
dangling single bases have no effect. Such an algorithm is implemented in the
UNAFold package [13].

The rest of the paper is organized as follows. Section 2 explores related work.
Section 3 presents Zuker’s algorithm. Tiling is explained in Sect. 4. Section 5 dis-
cusses results of experiments and demonstrates that the tiled (optimized) code of
Zuker’s algorithm is dramatically faster than original one for modern processors.
Section 6 concludes the paper.

2 Related Work

Recently, significant effort has been spent in accelerating Zuker’s algorithm in a number
of ways on multi-core processors, graphics accelerators, and FPGAs [8, 12—15]. It
frequently focuses on parallel, rather than single-core, performance, or includes hard-
ware implementations.

GTfold [14] is a well-known optimized multi-core implementation of RNA sec-
ondary structure prediction algorithms. It optimizes memory layout of the arrays to
improve spatial locality. However, GTfold does not perform tiling to improve temporal
locality.

The state-of-the-art source-to-source Pluto compiler [4] is able to tile RNA folding
loop nests. It forms and applies affine transformations to generate tiled code. However
Pluto fails to generate tiles of the maximal dimensions because the tile dimensionality
is limited to the number of linearly independent solutions to the space/time partition
constraints. For example, Pluto produces only 2-d tiles for the Nussinov dependence
patterns [15] and fails to tile general linear recurrence equations [2].

Mullapudi and Bondhugula presented dynamic tiling for Zuker’s’s optimal RNA
secondary structure prediction [15]. 3-d iterative tiling for dynamic scheduling is
calculated by means of reduction chains. Operations along each chain can be reordered
to eliminate cycles in an inter-tile dependence graph. But this technique is not able to
generate static tiled code.

Wonnacott et al. introduced 3-d tiling of “mostly-tileable” loop nests of RNA
secondary-structure prediction codes in paper [19]. However the authors presented only
a script for generating tiled Nussinov’s loop nest. An open question is whether that
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technique is able to tile other RNA folding codes and what is the performance of such
codes [9].

In our previous work, we have accelerated Nussinov’s RNA folding loop nest [16]
by means of the exact transitive closure of loop dependence graphs. We were able to
analyze the recurrence using the polyhedral framework to improve cache usage in
arbitrary nested loops with non-uniform dependences [2] but Zuker’s loop nests were
never considered by us.

3 Zuker’s Algorithm

Zuker’s algorithm is executed in two steps. First, it calculates the minimal free energy
of the input RNA sequence on recurrence relations as shown in the formulas below.
Then, it performs a trace-back to recover the secondary structure with the base pairs.
The first step consumes almost all of the total execution time. Thus, optimization of
computing energy matrices is crucial to improve code performance.

Zuker defines two energy matrices, W(i, j) and V(i, j), defined over the domain
D = {1<i<N;i<j< N}, where N is the length of a sequence. W(i, j) is the total
free energy of subsequence i and j, V(i, j) is defined as the total free energy of sub-
sequence i * j if i and j pairs, otherwise V(i) = oc.

There exist several possibilities to compute matrix V(i, j) [9]. Base pair i * j can be
part of a hairpin loop (eH), or can form part of a stack (eS) on base pairi + 1 *j — I, or
can be part of a bulge/interior loop with the eL energy function, or can be part of a
multiple loop (W). This leads to the following equations

eH (i, j)
V0+11—4)+eﬂ J)
Vg =4 <M (VI 7) +el(i, . 7, )} (1)
i—i+j—j<2

min {W(i+1, k) +W(k+1,j- 1)}

The recursion formula for W(i, j) is as follows

W(i+1,))
W, j—1
Wi, j) = &dﬁ) @)
min {W(i, k) + W(k+1, j)}

i<k<j

The memory complexity of the defined matrices is O(n°). The time complexity of a
direct implementation of this algorithm is O(. n*) because we need O(n*) operations to
compute the bulge or interior loop energy. However, large internal loops are uncom-
mon in nature, so implementations of Zuker sacrifice accuracy for speed by limiting the
size of internal loops (third element of Equation) to at most 30, reducing the overall
time complexity to O(n’), albeit with a large constant factor [8]. Dynamic programming
for Zuker’s RNA folding is guaranteed to give the mathematically optimal structure.
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Any lack of prediction accuracy is more the scoring system’s problem than the algo-
rithm’s problem [5].

The computation domain and dependences for Zuker’s recurrence cell (i, j) are
shown in Fig. 1 [8]. Long-range (non-local) dependences (fourth elements of Eqs. (1)
and (2)) of the cell (i, j) are depicted in gray boxes. Therefore, the Zuker data
dependences result in a non-uniform structure. Dependences for third element of Eq. 1
are in the triangle, whose area is limited to several dozens or hundreds of cells in
nature. The other equations present short-range (local) dependences.

[@ @

Fig. 1. Loop dependences for the cell (i, j) of Zuker’s recurrence.

4 Tiling Zuker’s Loop Nests

4.1 Background

Dependence analysis produces execution-order constraints between statements/
instructions and is required to guarantee the validity of loop nest transformations. Two
statement instances / and J are dependent if both access the same memory location and if
at least one access is a write.

If the difference of iteration vector J and [/ is constant for dependent statement
instances 7(J) and S(I), we call the dependence uniform, otherwise the dependence is
non-uniform.

We use an exact representation of loop-carried dependences and consequently an
exact dependence analysis which detects a dependence if and only if it actually exists.
The dependence analysis proposed by Pugh and Wonnacott [17] was chosen by us,
where dependences are represented with relations.
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A dependence relation is a tuple relation of the form [input list]— [output list]:
formula, where input list and output list are the lists of variables and/or expressions
used to describe input and output tuples and formula describes the constraints imposed
upon input list and output list and it is a Presburger formula built of constraints
represented with algebraic expressions and using logical and existential operators [17].

Standard operations on relations and sets are used, such as intersection (1), union
(U), difference (—), domain (dom R), range (ran R), relation application
(8" =R(S):¢ € Siffexists est.e > € €R, e € S). The detailed description of
these operations is presented in [10, 18].

The positive transitive closure of a given relation R, R*, is defined as follows [10]:

Rt ={e—ec:e—eceRNT ste—e" €eRN" - R} (3)

It describes which vertices e’ in a dependence graph (represented by relation R) are
connected directly or transitively with vertex e.

Transitive closure, R*, is defined as R* = Rt U1, where 1 is the identity relation. It
describes the same connections in a dependence graph (represented by R) that R* does
plus connections of each vertex with itself.

In sequential loop nests, the iteration i, represented with vector (i1, i, . . ., ik, - - -, in)T,
executes before iteration j, represented with vector (ji,ja, - - -, jk, - - - jn)T if i is lexico-
graphically less than j, denoted as i < j,i.e.,i; < j; ATk < 1:ip = jy Ni; = j,fort < k.

Figures 2 (a) and (b) present dependence relations and positive transitive closure,
respectively. Complete transitive dependences are shown only for the one iteration in
the third row to avoid cluttering the diagram.

4.2 Tiling Zuker’s Loop Nest

In this subsection, we explain how to apply the tiling technique [2], previously pub-
lished by us, to generate tiled Zuker’s RNA folding loop nest using the transitive
closure of the dependence graph.

We carried out a dependence analysis by means of the Petit tool [11] to get 31
dependence relations for Zuker’s loop nest. It is worth noting that 21 relations represent
non-uniform dependences.

To obtain the exact' transitive closure of the union of all extracted relations, rep-
resented the whole dependence graph, we applied the iterative method presented in
paper [1]. That approach uses basis dependence distance vectors in the modified
Floyd-Warshall algorithm.

To generate valid target tiled code, first we form set, TILE, including statement
instances belonging to a rectangular tile (with respect to the tile identifier). Next, we
form sets, TILE_LT and TILE_GT, that are the unions of all the tiles whose identifiers
are lexicographically less and greater than that of set TILE, respectively.

! without non-existing dependence relations.
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R gt TLEGT  TLEITR qyip (T

:

Fig. 2. An example iteration space and its tilings (a) dependence relations, (b) positive transitive
closure and transitive dependences for one cell, (c) original rectangular tiles, TILE; tiles,
TILE LT and TILE GT, whose identifiers are lexicographically less and greater than the
identifier of TILE; (d) tiles TILE_ITR and TVLD_LT; (e) valid target tiles, TILE_VLD.

ain 3L

TILELT

a) c) d) e)

Below, we present the mathematical descriptions of those sets.
TILE(II, B) includes statement instances belonging to a tile (with respect to II), as
follows

TILE(L,B) = {[I] | B I + LB <I<min(B % (I +1)+ LB —1, UB) NI >0},

where vectors LB and UB include the lower and upper loop index bounds of the original
loop nest, respectively; diagonal matrix B defines the size of a rectangular original tile;
elements of vector I represent the original loop nest iterations contained in the tile whose
identifier is IT; 1 (or 0) is the vector whose all elements have value 1 (or 0)2, TILE LTis
the union of all the tiles whose identifiers are lexicographically less than that of
TILE(II, B):
TILE_LT = {{I]|31' st. I < I NII>0AB«II+LB<UBAII'>0AB=1II' +
LB<UBAI € TILE(Il', B)},

TILE_GT is the union of all the tiles whose identifiers are lexicographically greater
than that of TILE(Il, B):

TILE_LT = {{I]|31I' st. I' = I Al >0AB« I+ LB<UBAII' >0 AB «II' +
LB<UBAI € TILE(Il', B)},

% The notation x > (<) y where x, y are two vectors in Z" corresponds to the component-wise
inequality, thatis, x > ({)y e x; > () y,i=1,2, ..., n
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These sets are illustrated in Fig. 2(c).
Next, using the exact form of R+, we calculate set

TILE_ITR = TILE — R" (TILE_GT),

which does not include any invalid dependence target, i.e., it does not include any
dependence target whose source is within set TILE_GT.
The following set

TVLD_LT = (R*(TILE_ITR) N TILE_LT) — R™ (TILE_GT)

includes all the iterations that (i) belong to the tiles whose identifiers are lexico-
graphically less than that of set TILE_ITR, (ii) are the targets of the dependences whose
sources are contained in set TILE_ITR, and (iii) are not any target of a dependence
whose source belong to set TILE_GT.

Sets TILE_ITR and TVLD_LT are illustrated in Fig. 2(d).

Target tiles are defined by the following set

TILE_VLD = TILE_ITRU TVLD_LT,

and are illustrated in Fig. 2(e).

TILE_VLD_EXT is built by means of inserting (i) into the first positions of the tuple
of set TILE_VLD elements of vector II: ii;, iis, ..., iiz; (i) into the constraints of set
TILE_VLD the constraints defining tile identifiers II >0 A B = II + LB < UB.

Target code is generated by means of applying any code generator allowing for
scanning elements of set TILE_VLD_EXT in the lexicographic order, for example, isl
AST [18]. The details of the applied technique and its proof are presented in our paper [2].

5 Experimental Study

The technique to generate tiled code, presented in this paper, was implemented by us in
the publicly available TRACO compiler. Using this compiler, we generated tiled
Zuker’s loop nest for different values of N, V, and W (see Table 1). To carry out
experiments, we have used a machine with a processor Intel Xeon E5-2699 v3
(3.6 Ghz, 576 KB L1 Cache for code and data separately, 4.5 MB L2 Cache and
45 MB L3 Cache) and 128 GB RAM. All programs were compiled by means of the
Intel C++ Compiler (icc 15.0.2) with the —O3 flag of optimization. By carried out
experiments, we found that the best size of original rectangular tiles is
16 x 16 x 16 x 16.

We used randomly generated RNA strands from the alphabet {G (guanine),
A (adenine), U (uracil), C (cytosine)}. This decision was made on the basis that the
algorithm performance does not change based on the strings themselves, but by their
size. Hence, there is no difference, performance wise, on actual sequences versus
randomly generated sequences.
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Table 1. Execution times of tiled Zuker’s loop nest (in seconds)

N V, W size (MB) | Original | TRACO | Pluto+
500 |7.5 826 4.31 4.46
600 |11 16.64 | 8.33 9.08
700 |15 30.62 | 14.81 16.39
800 |19.5 50.97 | 25.04 27.77
900 |25 80.64 | 39.01 43.24
1000 | 30.5 122.57 | 59.22 65.41
1100 | 37 176.37 | 85.36 95.66
1200 | 43 250.35 [ 119.16 |134.02
1300 | 51.5 341.70 | 163.33 | 182.45
1400 | 60 458.67 [216.24 |241.89
1500 | 69 608.07 | 282.74 |318.32
1600 | 78 786.11 | 364.01 |408.94
1700 | 88 1000.61 | 464.57 |518.77
1800 | 99 1229.58 | 570.44 |648.48
1900 | 110 1523.81 | 720.04 | 803.02
2000 | 122 1878.31 | 874.83 | 981.11

The results in Table 1 shows single-thread execution times and demonstrates that
tiled codes are significantly faster than original sequential ones for various lengths of a
sequence N. The second column presents the memory size of energy matrices V and
W (in Megabytes).

The last column of the table presents execution time of tiled code generated by
means of the state-of-the-art Pluto+ compiler [3]. The tool is not able to tile the third
loop nest automatically because of cycles existence in the dependence graph. Ana-

2,4

[J TRACO
[l Pluto+

500 600 700 800 900 1000 1100 1200 1300 1400 1500 1600 1700 1800 1900 2000
Sequence length

Fig. 3. Speed-up of the tiled and single-thread Zuker’s RNA folding implementations.
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lyzing the data in columns 4 and 5, we may conclude that tiled code generated with the
technique presented in this paper is from 3\% to 12\% faster than that generated with
Pluto+. Speed-ups, ratios of original and tiled code time executions, are depicted in
Fig. 3. The proposed approach leads to better reuse of Zuker’s arrays for the all
considered lengths of a sequence N.

The source codes and tiled ones generated by means of the TRACO and Pluto+
compilers are available at the following repository https://sourceforge.net/projects/traco.

6 Conclusion

In this paper, we presented the usage of the transitive closure of loop nest dependence
graphs to generate tiled code for Zuker’s RNA folding algorithm. The presented
technique was implemented in the publicly available TRACO compiler. Tiled Zuker’s
loop nests, automatically generated with TRACO, demonstrate improved code locality
that results in outperforming original Zuker’s loop nest in average by a factor of 2.15
on a single core of modern processors.

In the longer-term, we plan to apply the presented approach to other challenging
dynamic programming codes and in particular to more recent algorithms for RNA
folding. We also plan to parallelize generated serial tiled code and examine its per-
formance on multi-core systems.

Acknowledgments. Thanks to the Miclab Team (miclab.pl) from the Technical University
of Czestochowa (Poland) that provided access to high performance machines for the experi-
mental study presented in this paper.
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Abstract. A finite-buffer queueing model with Poisson arrivals and generally
distributed processing times is analyzed. Every time when the service station
becomes idle a single vacation period is being initialized, during which the
processing is suspended. A system of integral equations for the probability
distribution of the length of the first loss series is built, using the idea of
embedded Markov chain and the total probability law. The solution of the is
obtained in a compact form by using the linear algebraic approach. The corre-
sponding result for next series of losses is hence derived. Numerical utility of
analytical formulae is presented in a computational example.

Keywords: Embedded Markov chain - Finite-buffer queue - Integral equation -
Loss process - Single vacation policy

1 Introduction

Applications of finite-buffer queueing models in modelling and performance evaluation
of telecommunication and computer networks, in manufacturing lines, transport and
logistic issues are evident. In the analysis of the appropriate queueing model some
important stochastic characteristics, like virtual waiting time, queue-size distribution,
time to buffer overflow and the probability distribution of lengths of consecutively lost
jobs, describing the operation of the system, are very helpful. The knowledge of the
behavior of these characteristics seems to be important also in the non-stationary state of
the system, not only for the equilibrium. Transient analysis of the system behavior is
essential if we are interested e.g. in the investigation of system’s evolution just after its
opening or reorganizing the control process. The phenomenon of packet losses is a typical
one in packet-type networks with finite buffer capacities. Because during the buffer
overflow period all the arriving jobs are rejected without processing, the knowledge of the
probabilistic behavior of successive buffer overflow periods’ durations is essentially
important. Besides, the statistical structure of the loss process is very important, since it
makes a difference whether the arriving jobs are lost in long series or not.

Analytical results fort probability distributions of buffer overflow durations in the
finite- and infinite-buffer M/G/1-type models without limitation in access to the channel
can be found e.g. in [1-4]. In [12] the system with general independent input flow and
single server vacations is considered and treated via genetic algorithms. The
compact-form representations for the distributions of the time to buffer overflow are

© Springer International Publishing AG 2018
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derived in [5, 10], where the GI/M/1/N-type model and the M/G/1/N-type queue with
setup/closedown mechanisms are considered, respectively. In [6-9] the transient
analysis of queueing systems with single vacation policy or some other control
mechanisms implemented in the service process can be found.

In the article we consider the M/G/1/N-type finite-buffer queueing model operating
under single vacation policy. Using the analytical approach based on the idea of embedded
Markov chain, integral equations and linear algebra, we obtain the explicit formula for the
probability mass function of the length of the first lost series of jobs, conditioned by the
initial buffer state. Hence we obtain similar result for next such series lengths.

The article is organized as follows. In the next section we give the precise math-
ematical description of the considered queueing model. In Sect. 3 we deal with the
probability distribution of the first lost series’ length. The main analytical result is given
in Sect. 4. Section 5 is devoted to the case of next successive series of losses. Section 6
present examples of numerical results and the last Sect. 7 contains short conclusions.

2 Model Description

In the paper we deal with the M/G/1/N-type queuing system in which jobs occur
according to a Poisson process with intensity 4 and are being processed individually
with a cumulative distribution function F(-), according to the FIFO service discipline.
The capacity of the system equals N jobs, i.e. we have N — 1 places in the buffer queue
and one place “in processing”. The system may start the operation with a number n of
packets accumulated in the buffer, where 0 <n <N. Every time when the server
becomes idle, the single server vacation with a general-type cumulative distribution
function V() is being initialized. During the vacation period the processing of jobs is
blocked. At the completion epoch of the vacation period, if there is at least one job
accumulated in the buffer, the service station restarts processing immediately. In the
case of empty buffer, the machine remains active and waits for the first job occurrence.

3 Equations for Length of First Lost Series

We start with introducing the necessary nomenclature. Let us define
L, (k) def P{length of first lost series = k|n}, (1)

where k>1 and 0<n<N.
Investigate, firstly, the case of the buffer being empty at the starting epoch. Let us
observe that the following equation is then true:

N— l J
,,)L

= 0|
) k
+ 7 (N ) _ Nl / ( (u +:' X)) e*/‘.(u‘f*)'*,\‘) + Ly (k)e/".(quyx))dF(u) (2)

x=0

+ L (k) / —xV (x)dx
0
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Indeed, the first summand under the integral on the right side of (2) relates to the
situation in which the buffer does not become saturated before the completion epoch of
the vacation period, while the second one describes the case of buffer overflow
occurring during the vacation. The last summand on the right side of (2) relates to the
case in which the vacation period ends before the first arrival moment.

Now, let us deal with the case of the system that contains a number of jobs before the
opening. Since departure epochs are Markovian moments in the evolution of the con-
sidered system, then, applying the continuous version of the formula of total probability
with respect to the first departure moment u after the opening of the system, we obtain

N—n (1 j N—-n+k
bt ()’ _, (4u) -
= “Lyyio1(k)+ ————e " |dF(u), 3
é ]_ZO ]! e +J 1()+(N—I’l—|—k)!e (Lt) ()
where 1 <n <N.
Introduce the following notations:
x)
pa) = (o) det B, )
o0 )JC ! —x
g T o ar () = T py(yar (), (5)
o I 0
- ot /Ixj —/x ot
gat TEL e mav(x) = T py(x)av(x) (6)
o I 0
and
}N+k 00 ; .
b(k)defm / e Pdv(y i e "dF (u X{OxN (u+y—x)"dx
%0 ™)
=.[d / dF (u / pn—1(X)pr(u+y — x)dx.
y=0 u=0 x=0

Now, the equations of the system (2) and (3) can be reformulated to the following
ones:

N—1
=ZajL,~(k)+aoL1(k)+b(k)+b )Ly ( ZC] (8)

where

¢j det @; + aoo;j,1 +b(0)d; n_1, )
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and, for 1 <n<N,

N—n

Ln(k) = Z ajL,,+j_1 (k) +aN_,H_k.
Jj=0

In (9) the symbol ¢;; stands for the Kronecker delta function.
Let us apply in (8)—(10) the following substitution:

Ly (k) det L, (k),

where 0 <n <N.
We obtain from (10)

n—1

Z aj1Lnj(k) = Ly(k) = —ay 14,
j=—1

where 0 <n<N — 1.
Similarly, from (8) we get

N—1 N—-1
Ly(k) = chiij(k) +b(k) = ZCijij(k) +b(k).

4 Compact-Form Solution

The following algebraic result is proved in [11]:

213

Lemma. Let (ai),k>0,a9 # 0, and (1x),k > 1, be sequences. Each solution of the

infinite-sized system of linear equations of the form

where n> 1, can be written as

n
Xn = MRn + Z Rn—jrja
=1

(14)

(15)

where M is independent on n and the sequence (Ry) is defined recursively by the

formulae
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1 Jj
RUZO,RI :a—7 1 =R <Rj—zai+1Rj—i>, (16)
0 i=0

forj>1.

Observe that the system (12) has a form similar to (14) with unknown functions L, (k)
also depending on k, and with 7, = 7,(k) = —a, +«. Hence, in general, M = M(k), and
utilizing (15), we can write now

Ln (k) = M(k)Rn + iRnijj(k) = M(k)Rn - zn:Rn,jaj+ ks (17)

where n > 1.

Evidently, we need the formulae for M(k) and Lo(k), due to the fact that the
formula (17) holds only for n> 1.

Substituting, firstly, n = 1 in (12), we get

Lo(k) = Cloi] (k) + ag. (18)
To find the representation for M(k), let us apply (17) in (13). We obtain
N N-1 J
M(k)Ry =Y " Ry_jajx = b(k) + Y ey [MR; =Y " Ri_iai i (19)
= =1 i=1
and hence

S Ry = 300 e oL Risiaisi + (k)

M (k) -
Ry = Y eniR;

(20)

Taking into consideration (11), (17) and (20), we can formulate the following main
result:

Theorem. The probability mass function L, (k) of the length of the first lost series of
Jjobs, on condition that the buffer initially contains n jobs, can be represented in the
form

N Rk — 305 en L Ry i+ b(k)
Ry — Y05 en iRy

N—n
- E RN-—n—j@j 1,
J=1

where 0 <n<N — 1, and

Ln (k) N—n

(21)
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LN(k) = aOLN,l(k) + ag, (22)

where the formulae for a;,b(k),c; and R; are given in (5), (7), (9) and (16),
respectively.

5 The Case of Next Lost Series

Let us denote by LSL’) (k) the probability that the length of the r th lost series equals , on
condition that the system starts the operation with n jobs accumulated in the buffer,
where r > 2. Since after the first lost series, the number of jobs present in the buffer
always equals N — 1 (due to the individual service organization), then the probability
distribution of next lost series does not depend on the initial system state and we obtain

LY (k) = Ly-1(k), (23)

where k> 1,0<n<N.

6 Numerical Example

As an example let us consider the model with exponential vacation duration and
2-Frlang service times. Investigate the dependence of the probability mass function of
the first lost series’ length on system parameters for N = 5. In Fig. 1 the case of the
buffer containing initially n = 4 jobs is visualized, where the intensity of Poisson
arrivals equals 4 = 1.0, while means of service times and vacation durations are 2.0
and 0.5, respectively. The situation of the buffer being empty initially is presented in
Fig. 2. Figures 1 and 2 show that, in the case of non-exponential service time, the
probability distribution of the length of the series of consecutively lost jobs essentially
depends on the initial buffer state.

PROBABILITY

0.35
0.30
0.25
0.20
0.15
0.10
0.05

0.00 SERIES LENGTH

1 2 3 4 3

Fig. 1. Distribution of the first lost series’ length for mean service time 2.0 and mean vacation
time 0.5 and for n =4
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Fig. 2. Distribution of the first lost series’ length for mean service time 2.0 and mean vacation
time 0.5 and for n =0
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Fig. 3. Distribution of the first lost series’ length for mean service time 2.0 and mean vacation
time 2.0 and for n =4

PROBABILITY
0.35

SERIES LENGTH

1 2 3 4 5 6

Fig. 4. Distribution of the first lost series’ length for mean service time 2.0 and mean vacation
time 2.0 and for n =0
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In Figs. 3 and 4 similar visualizations are given for the case of long vacation period
with mean 2.0.

7 Conclusions

In the paper a finite-capacity queueing model with Poisson arrivals and generally
distributed processing times is investigated. Every time when the service station
becomes idle a single vacation period is being started, during which the processing is
suspended. Using the analytical approach based on the idea of embedded Markov
chain, integral equations and linear algebra, a system of equations for the probability
distribution of the length of the first loss series is built and solved. The corresponding
result for next series of losses is hence obtained. Numerical utility of analytical for-
mulae is shown in computational examples. The considered queueing model has
potential application in the analysis and performance evaluation of computer and
telecommunication networks, and manufacturing lines.
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Abstract. The software defined networking concept has attracted much
attention recently. Decoupling of the data and control planes is believed
to enable efficient network control and high resource utilisation. Espe-
cially, it is noteworthy in the context of the new applications which
require not only quality of service constraints to be met but also the
high quality of experience perceived by users. In this paper, we consider
the capacity allocation problem in multi-domain software defined net-
works (SDN). We assume that each domain is managed by independent
SDN controller. Thus, we formulate the considered problem as a Capac-
ity Allocation Game and we find its Nash Equilibrium. Such an approach
allows us to implement the elaborated algorithm in the automatic man-
ner consistent with autonomic networking paradigm. The initial simula-
tion experiments, which have been performed for small networks, indicate
that the proposed method is very promising one.

Keywords: SDN - Game theory * Quality of service - Quality of expe-
rience - Utility

1 Introduction

For the contemporary applications, it is substantial to guarantee appropriate
values of transmission parameters. It makes Quality of Service (QoS) crucial
and vital for modern networks. The QoS requirements concern delay, jitter, loss
probability, and transmission rate. Ensuring adequate values of these parameters
depends on the network resources allocation algorithms.

There are two main concepts of QoS network architectures, namely integrated
services, and differentiated services [21]. The first idea consists in ensuring QoS
requirements for each individual flow. It makes this approach hardly scalable and
impractical to implement in existing large-scale systems. The latter approach
involves aggregation of the flows in traffic classes. However, while the resources
are reserved for the particular class, flows have no individual QoS guarantees.
As for now, none of these concepts are fully satisfactory.
© Springer International Publishing AG 2018
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While fulfilling the QoS requirements makes the application useful, the allo-
cation of the additional resources allows improving the quality perceived by the
user. We call it Quality of Experience (QoE). There are many approaches to
model the end-user QoE [2,20]. One of the considered ideas is to describe user
QOE in relation to the QoS parameters using the utility function [5,12,13].

The software defined networking seems to be the promising network archi-
tecture. The basis of this concept lays in decoupling control plane from data
plane [17,19]. While the packet forwarding tasks are executed in simplified net-
work devices, all the necessary calculations are made by central SDN controller.
It is also assumed that SDN architecture enables efficient per-flow behaviors.
A comprehensive survey of current approaches to QoS in software defined net-
works may be found in [11]. Nevertheless, most of the works concern the single
domain networks. Some results for multi-domain SDNs may be found e.g. in
[10,18,22]. However, the coordination mechanisms between domains are required
by the solutions presented in all aforementioned works.

In this paper, we propose to apply autonomic networking paradigm which
enables self-managing [8] to solve the capacity allocation problem in the multi-
domain networks. Meanwhile, the necessity of simultaneous negatiations between
SDN controllers is eliminated. We assume that each SDN controller wants to
maximize the QoE perceived by users whose transmission flows traverse cor-
responding domain while QoS requirements for all transmissions are met. We
assume that the admission control mechanism exists (it may be implemented
in SDN controllers) and it ensures that QoS requirements may be met for all
accepted transmission demands. Moreover, we assume that the transmission
routes are given in advance. We also limit the QoS parameters under consid-
eration to the transmission rate, while it is believed to be the most crucial
one [23]. The fulfilling other QoS requirements may be reached with other net-
work mechanisms (e.g. appropriate routing algorithms, scheduling algorithms on
nodes, etc.) We formulate the considered problem in terms of the game theory
and we introduce the capacity allocation algorithm which finds a pure Nash
Equilibrium of the proposed game. Finally, we present simulation results of the
introduced solution method.

2 Mathematical Model and Problem Formulation

The multi-domain software defined network may be treated as a set of D inter-
connected subnetworks (domains). It is assumed that each domain is managed
independently by a different SDN controller. Each subnetwork consists of nodes
and links. Links represent connections between nodes inside domain as well as
between domains. There are L links in the whole network. Each link [ is char-
acterized by its capacity Cj. This parameter reflects the maximal amount of
data which may be sent between nodes in the unit time. The data exchanged
between a pair of nodes is called a transmission or a flow. It is assumed that
there are R transmissions in the whole network. The sequence of links used for
a transmission is a route. It is assumed that only one route is available for each
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transmission. The variable a,; indicates if [ link is used for rth transmission.
The capacity allocation z,; is made on each link [ traversed by the rth flow. The
capacity allocations are calculated in each domain independently by its SDN
controller. The rth transmission’s rate T, results from the capacity allocations
made on all links along its route. This rate must fulfill the QoS requirements
expressed in terms of the minimum acceptable value z, min. On the other hand,
the links’ capacities are the limited network resources and the total allocations
for all transmissions must not exceed them. We also assume that there is a util-
ity function f(Z,;w,) associated with every transmission r which reflects , i.e.
satisfaction level perceived when the transmission rate is T, and the rth flow
priority is w,. The aim of each SDN controller is to maximize the total qual-
ity of experience (total utility) from all transmissions traversing corresponding
domain (more precisely, traversing any link of this domain). The summary of
notation is given in Table 1. The example topology of such a multi-domain SDN
is given in Fig. 1 while the architecture of such a system is depicted in Fig. 2.

DOMAIN 1

DOMAIN 2

Fig. 1. The example topology of multi-domain SDN network.

This problem may be formulated as a noncooperative game [16]. The SDN
controllers are players (there are D players - one for each domain since each
domain is managed by one SDN controller). The feasible capacity allocation
for transmissions traversing particular domain x4 is a strategy. The allocation
matrix x is a strategy profile. The objectives Q4(x4,X_4) are the players’ payoffs.
We refer to this game as the Capacity Allocation Game (CAG).

Formally, each player d (SDN controller) solves the following optimization
problem:

Given: R, La Ay, 65(5”]6)7 egjeq)a Cla Wy, /87’7 «
Find:
X = arg max Qa(Xd,X—_q) (1)
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APPLICATIONS
SDN-C1 SDN-C2 CONTROL PLANE
(Vo]
DOMAIN DOMAIN prd
1 2
node node node node DATA PLANE
#1 #3 #2 #4

Fig. 2. The example architecture of multi-domain SDN network.

such that:

l (hnk) E anze < C

V'r‘:1,2,...,R Trl Z Ly, min

It is assumed that: Vi—1 2,1 25:1 ariTrmin < C, i.e. there is an independent
mechanism of the admission control. From the game theory perspective, the
solution of such a problem is a game equilibrium.

3 Capacity Allocation Algorithm

First, we define the following auxiliary problem, which we refer to as In-domain
Capacity Allocation Problem:

. link) req)
Given: R7 La Qpl, el(d 6£d ) Cl7 Wy, ﬂ?‘y Q, Ty max
Find:

X, = arg maxz (rea) g #( min Ty Wy (2)

l:egynk):l A ar =1

such that:

l (lznk) E Ar]Tr < Cl

v7“:1,2,...,1-2 T max Z Lyl Z Ly, min
Vr=1,2, RV, e quelint _1y  @riaTrly = Grly Triy

where T, max are given upper bounds of transmission rates.
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Table 1. Notation

L Number of links

R Number of flows (transmissions)
D Number of domains (subnetworks)
C, Ith link’s capacity (I =1,2,...,L)

a = [ar]r=1,2,..,Ri=1,2,...,. | Routing matrix: a,; = 1, rth flow traverse Ith link
ar; = 0, otherwise

el(fimk) Variable indicating if Ith link belongs to the dth domain
eizeq) Variable indicating if rth transmission is performed by

any link in dth domain
1 gdy 3, el(fimk)a,«l >1

plrea) _
rd 0 otherwise

Wy rth flow priority parameter

Ty min rth flow minimal transmission rate (QoS parameter)

x>0 {th link’s capacity allocation for rth flow

X Ith link’s capacity allocation vector: X; = [Zri]r=1,2,...,R

z, >0 rth flow transmission rate: z, = ming.q,,=1 Zn

X4 The allocation matrix for dth domain,

X4 = [il]l:el(;ink):l,

X = [Xd]d:1,2,m,D

X_d The allocation matrix x without dth component, it is
assumed: x = [Xq, X—d]

@y wy) = wrp(Tr) rth flow utility function
F(1-)
SO(%)_{M a>0 A a#l

Inz, a=1

Br>0 Given coeflicient for rth flow
eg. Br=11ub B, = (Zszl an) "t
Qa(Xd,X—q) The objective of the dth domain (payoff):

Qa(xa,x—a) = Zf:l eizeq)ﬁrf(fﬂ wr)
- Zf:l egieq)ﬁrwr@(miﬂl:arlzl )

This is a convex optimization problem. It may be solved with methods given
e.g. in [3].
One may note that for the given domain d, if we assume that allocations for all

other domains have been determined and we put &, max = min, =1 neltink) _g Trls
Ari= id =

the solution obtained in (2) is the best response in the considered Capacity
Allocation Game. Thus, we can use it to formulate allocation Algorithm 1 which
provable stops at the Nash Equilibrium [15].



224 D. Gasior

Algorithm 1. Multi-domain Utility-based Rate Allocation Algorithm (MURA)

1: Set stopcondition «— False and V,.c{1,2,...,R} Tmax,r < OO.

2: while not stopcondition do

3: Vaeq1,2,...,py Find optimal allocation x4 = [Xl]l:e,(fii"k) for dth domain for current

values of parameters: Zmax,-,7 = 1,2,..., R, i.e. solve problem (2) independently
for each domain.

4: Vie{1,2,...L}Vre{1,2,..,r} Update: T, < minj.q, =1 Trj
{ FVref } j
5 if vre{l,2 ,,,,, RESD, el P >1 Trmax = Milljia,;=1 Tr; then
6: stopcondition «— True
7 end if
8: Vr6{1,27~-~,R}:EE:1 erea) Update: Tmax,r ¢ MiNjiq, ;=1 Trj-
9: end while
10: Return x.

The following properties of the Algorithm 1 occur.

Theorem 1. If one set any other initial value of T, max in a step 1 such that
ZTrmax > Minygg,,=1 C; then the Algorithm 1 finds a pure Nash Equilibrium.

It means, one may replace co in a step 1 with any finite non-negative value
and Algorithm 1 still finds pure Nash Equilibrium. The Theorem 1 results from
the following facts:

1. The condition in the step 5 guarantees that allocation for rth transmission
are equal in every link [.

2. Consider any transmission flow which traverses more than one domain.
Increasing its capacity allocation cannot increase its rate, so the objective
function cannot increase.

3. In the last iteration of the Algorithm 1 the optimal solution of problem (2) is
found for each domain. So, the objective of any domain cannot be increased
by changing any transmission rate (even for flows which traverse only one
domain).

In consequence, each strategy found in the final iteration of the Algorithm 1 is
the best response to all other strategies. Thus, the obtained strategy profile is a
Nash Equilibrium.

Remark 1. If each domain consists of one node and there is no QoS requirements
(i.e. VrZrmin = 0) then Algorithm1 is equivalent to the Iterated Allocation
Algorithm presented in [8].

Therefore, Algorithm 1 may also find Pareto-optimal equilibrium in some
special cases.

Further remarks are limited only to cases when a € (0,1). Let us introduce
concepts of Social Welfare, Price of Anarchy (PoA) and Price of Stability (PoS)
according to [14]. First, let us define the following Social Welfare function:

R
SW(X) £ Zf(fh wr)
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Now, we can define the Price of Anarchy (PoA) as:

SW*
minxeSNE SW(X)

PoA =

. SW(x), Dy -

where: SNE - set of all pure Nash Equilibria, SW* = max_p_

set of all feasible strategy profiles.
Finally, we can also define Price of Stability (PoS) as:
SW*
maxXxeSNE SW(X)

PoS =

The PoA measures the maximal deterioration of the social welfare when each
player makes decision independently (non-cooperative game) in comparison to
the situation when all players act for common good (maximal social welfare). On
the other hand, PoS measures the minimal deterioration of the social welfare.

Remark 2. In some instances of the Capacity Allocation Game, Price of Anarchy
(PoA) is unbounded.

This remark results from the Theorem 1. It is enough to consider the problem
with no QoS requirements. The solution obtained with the Algorithm1 when
Zr.max 15 set to 0in the step 1 constitutes the Nash Equilibrium. The value of
social welfare (SW(x)) for such strategy profile is 0. So, PoA tends to infinity.

Remark 3. In some instances of the Capacity Allocation Game, Price of Stability
(PoS) is equal to 1.

To justify this remark, it is enough to consider a network without any trans-
mission traversing more than one domain and to assume that V,.3, = 1. Then,
each optimizing problem (1) is independent and all solutions of these problems
constitute strategy profile for which ST (x) is maximal.

4 Simulation

Some preliminary simulation experiments have been performed. The main objec-
tive was to initially evaluate the elaborated capacity allocation algorithm. The
algorithm was implemented using Python 2.7 programming language and the
experiments were conducted using the computer with Intel Core M 1.1 proces-

sor and 8 GB RAM.
The simulations was run for 3, = 1 and the following problem parameters:

— network’s parameters:
e N € {7,8,9,10} - number of networks,
e p=0.4 - links’ density: L = 2pN(N — 1),
e D € {2,3,4,5} - number of domains, (at least one link was assigned to each domain)
e C; ~ U(1000,10000) - capacity of ith link [Mbps].
— transmissions’ parameters:
e R~U(30N(N —1); 36 N(N — 1)) - number of transmissions, § = 0.3,6 = 0.7,
e for each transmission r the source and origin nodes are randomly chosen (3, j),
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e a,; - calculated using shortest path algorithm (from origin node to destination node),
e w, ~ U(1,10)
e a=0.5

The uniform distribution on the interval [¢, d] is denoted by U (¢, d). The network
topologies were generated with the method described in [4]. The simulation was
run three times for each set of parameter values (IV, D). The considered network
instances correspond to the small real-life backbone networks [1].
SW(XI\/IURA)

max, . p SW(x)’
is the solution found by the proposed algorithm. One may notice that PoS <
L < PoA. The optimal value of the social welfare function SW(x) was found
with primal-dual projected gradient method.

The statistical results of the simulation experiments are given in Table 2. The
representative chart of the average value of quality criterion for a different number
of network nodes and different number of network domains is given in Fig. 3.

MURA

The quality criterion is defined as follows: v = where x

Table 2. Simulation results

Statistics for v MURA
Average 0.83

Median 0.83

Variance 0.01

Min 0.56

Max 1.0

y =04
0,95
N . D=2

0,85 W, ....\

A D=
ﬂ.*.~'g'00000
®eccee =
-~ v D=4
A - -~
- D=5
0,75
A
0,65
7 8 9 0 N

Fig. 3. The average value of quality criterion depending on number of nodes for differ-
ent number of network domains.
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One may notice that the Algorithm 1 gives the average solution which devi-
ates no more than 20% from the socially optimal (i.e. optimal in terms of the
social welfare). In the worst case, this deviation is not greater than 50%, while in
best cases one may obtain a socially optimal solution (i.e. v = 1). Nevertheless,
the results (including those presented in Fig.3) indicates that there is no strict
dependency between solution quality and problem parameters (such as a number
of network nodes or a number of network domains).

5 Final Remarks

In this paper, the capacity allocation problem with the quality of experience and
quality of service requirements for autonomic multi-domain software defined net-
works was considered. The problem was formulated in the terms of the game the-
ory and the algorithm which finds Nash Equilibrium was presented. Introduced
solution method allows SDN controllers to act independently, so no communica-
tion and no negotiations are required. The initial experiments indicate that the
proposed approach is very promising one. However, the experiments for larger
networks are needed, so the more practical conclusions can be made. The future
works may also include the application of the presented approach to the non-IP
software defined networks like content-aware SDN (CASDN) as an extension of
the ideas presented in [9] and to the virtual software defined networks as an
extension of the ideas presented in [6,7].
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Abstract. In the paper a finite-capacity queueing model with server break-
downs is considered. Jobs arrive according to a Poisson process and are being
served during exponentially distributed processing time under the FIFO service
discipline. During the operation of the system successive exponential
failure-free times are followed by generally distributed repair periods. After the
processing a job may rejoin the queue (feedback) with probability ¢ or leave the
system with probability 1 — g. Applying the analytical approach based on the
idea of Markov chain and the formula of total probability, a system of integral
equations for the transient queueing delay distribution is built, conditioned by
the initial buffer state. Algebraic method based on the idea of Korolyuk’s
potential is used to obtain the solution of the corresponding system written for
Laplace transforms in a closed form. Numerical example is attached as well.

Keywords: Bernoulli feedback - Finite-Buffer queue - Integral equations -
Queueing delay - Transient state

1 Introduction

Wide applications of finite-buffer queueing models in modelling and performance
evaluation of telecommunication and computer networks, in automated manufacturing
lines, transport and logistic problems are obvious. In the analysis of the appropriate
queueing model some important stochastic characteristics, like queueing delay,
queue-size distribution or time to buffer overflow, describing the operation of the
system, are very helpful. As it seems, particularly important is the knowledge of the
behavior of these characteristics in the non-stationary state of the system (i.e. at a fixed
time epoch f), not only in the stable state. The time-dependent investigation of the
system behavior is essential if we are interested e.g. in the analysis of system’s evo-
lution just after the initial moment or after introducing a new control mechanism (see
e.g. [3]).

In practice, queueing systems with different-type limitation in service process are
often used. In this class the model with server failures and Bernoulli feedback is an
important one (see [2, 15]). A single-server model with Poisson arrivals and unreliable
service station is considered e.g. in [1] and generalized for the multi-channel case in
[14]. In [12] an infinite-buffer M/M/1-type queueing system with server subject to
breakdowns is investigated. Some models with server failures are also considered e.g.
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in [5, 6, 13]. In [4] a queueing model with unreliable server and negative jobs (dis-
asters), the arrivals of which cause losing of some or all customers present in the
system at the arrival epoch, is analyzed.

In the paper we study a single-server queueing model with finite buffer and server
breakdowns, in which successive inter-arrival, service and failure-free times are
independent exponential random variables, while repair periods have general-type
distribution. Moreover, a Bernoulli feedback mechanism is implemented, in which the
job after the service may rejoin the queue with a fixed probability. As it seems, such a
mechanism can be successfully used in modelling of packet retransmission. Using the
approach based on the memoryless property of exponential distribution, the formula of
total probability, integral equations and linear algebra, we obtain the formula for
Laplace transform of the virtual delay d(¢) distribution at time 7.

Transient analysis of the virtual delay in general-type batch-arrival queueing model
can be found e.g. in [7] (see also [8] for the actual waiting time) is discussed. In [9] (see
also [10]) the case of the virtual waiting time in a finite-buffer queue with single and
multiple vacation policy is analyzed.

2 Model Description and Methodology

2.1 Queueing System

We deal with a single-channel queueing system in which the stream of the arriving jobs
(customers, calls, packets, etc.) is governed by a Poisson process with rate 4. The
processing is offered according to a FIFO service discipline and successive service
times are independent and exponentially distributed with mean u~'. The service station
is unreliable, i.e. successive failure-free times which are exponentially distributed with
mean y~!, are followed by generally distributed repair periods with cumulative dis-
tribution function (CDF in short) F(-).

The capacity of the system equals N, i.e. we have a buffer with N — 1 places and
one place “in processing”. A typical Tail Drop procedure is used in the case of buffer
overflow: the incoming job that finds the system in state N cannot be buffered and is
lost without service. The buffer may contain a number of jobs accumulated before the
start of the system. It is assumed that the service station is in order at the starting time
t = 0 and can break down only being busy with processing of a job.

A mechanism of Bernoulli feedback is implemented in the considered system. Each
job, independently on the others, can rejoin the queue after the service with probability
q € 10,1]. Similarly, after the processing, a job leaves the system definitely with
probability 1 — g.

Let us denote by d(f) the queueing delay at time ¢, i.e. the waiting time of a
“hypothetical” job arriving the system exactly at time ¢. The main goal of the theoretical
analysis is to find a compact-form and numerically tractable formula for the tail of CDF
of d(t), in dependence on the initial level of buffer saturation, i.e. for the following
stochastic characteristic:
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D, (1,x) def P{d(r) > x|X(0) = n}. (1)

wheret > 0,x > 0,n € {0,1,...,N} and X(0) stands for the number of jobs present in
the system (buffered) at the starting time ¢ = (. The formula will be derived in terms of
Laplace transforms (LTs in short).

2.2 Analytical Approach

In the analysis we use the analytical approach that can be presented as a certain
step-by-step procedure. We start by defining a set of random events describing the
behavior of queueing delay distribution in the case of the system being empty at the
opening. Considering also the situation of the buffer containing a number of jobs before
the starting moment, we next build a system of integral equations for D,(, x), where
n=0,1,..,N.

In the construction of the system we use the continuous version of the total
probability law and a renewal-theory approach, determining the Markov moments in
the evolution of the system. The original system of equation we change into the
corresponding form written for appropriate LTs and write it in a specific form. Finally,
we obtain the solution of the latter system by using the idea of potential of a random
walk. Namely, the solution is written in a closed form utilizing an additional sequence
defined by coefficients of the system.

3 Equations for Queueing Delay Distribution

3.1 Integral Equations for D,(¢,x) at Fixed Time ¢

Let us start with considering the case of the system being empty at the starting epoch
t = 0. If we denote by y the first arrival moment after this time, we may write the
following obvious integral equation:

Dy(t,x) = ). ] eD(t — y,x)dy. )
0

Assume now that at least one job is accumulated in the buffer before the opening of
the system, i.e. n € {1,2,...,N}.

Note that, due to exponential probability distributions of inter-arrival, service and
failure-free times, the moments of occurrences of arrivals, service completions (de-
partures) and machine (service station) failures are Markov moments in the evolution of
the system. To utilize this fact, let us define the following random events:

(1) A; — the first arrival occurs before the moment ¢ and precedes the first departure
epoch and the first failure time;

(2) A, — the first departure occurs before the moment ¢ and precedes the first arrival
epoch and the first failure time;
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(3) Aj; — the first machine failure (breakdown) occurs before the moment ¢ and pre-
cedes the first arrival and departure epochs;
(4) A, — before time ¢ nor neither an arrival nor departure nor failure moment occurs.

Evidently, the following equation is true:

:ZP{d( > x,A;|X(0) = n}. (3)

For the buffer being not saturated at the opening, i.e. n € {1,2,....N — 1}, it is
easy to check that, just from the definitions of random events A;, the following rela-
tionships hold:

t .
P{d(1) > x,A1|X(0) = n} = 2 [ e “THHID, 4y (1 y,x)dy; 4)
0

P{d(1) > x,A;|X(0 )*n}*ﬂ/e UHHEI(1 = g)Dyei (8 = y,%) +4Du(t = y,)ldy;

(5)
P{d(t) > x,A3|X(0) = n}
/ t—y |[N=n—-1 j
= 7(;V+u+}:)yd (; ) —/z (f — v —
/,\"/0 ’ y{/ |: j=0 7 ¢ Duyj(t =y = 2,%)
o0
A
+Dy(t—y —2z,x) Z ;) e*).z} dF(2).
00 N—nfl o i1 )
y e My —plmy=z4) x—y—z+71)]
* / Z V) —plx—y—z Z - dF(Z)}
_ j=0 T
z=t—y
(6)
and, finally,
. n—1 (,le)l
P{d()>x A4|X( )—n}_e (A+u+yp)t /’sz . (7>
= )

Let us comment Eqs. (4)—(7) briefly. Indeed, in (4) the first arrival occurs before
time ¢, and before the first departure and failure moment, exactly at time denoted by y.
Hence, the evolution of the system “restarts” in Markov moment y with n + 1 jobs
present. In (5), at the Markov moment y corresponding to the first departure epoch, the
system “renews” with n — 1 jobs present with probability 1 — ¢ (no feedback) and with
n jobs with probability g (feedback). The representation (6) describes the case in which
a breakdown precedes the first arrival and the first departure. The first summand on the
right side of (6) relates to the situation in which a repair is also completed before
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time ¢ and during the repair period the buffer does not become saturated. In the second
summand on the right side of (6) the system “restarts” the operation after the repair
period with the maximal number of N jobs present. In the last summand the repair
period finishes after time 7. The formula (8) is evident: since before time ¢ neither
arrival nor departure nor breakdown occurs, the probability that the queueing delay at
this time exceeds x equals to the probability that at most n — 1 of accumulated jobs will
be served during time period of length x.

For the system that starts the operation with the buffer being saturated (n = N),
analogically, the following equations can be written:

P{d(1) > 3 A1[X(0) =N} = 4 [ e 1Dy (s — v, x)dy ®)
0

P{d(1) > x, Ao|X(0) = N} = pu [ e CFH (1 — q)Dy 1t — y,x) + gDy(t — y,%)]ay;
0
9)

t . =y
P{d(1) > x,A3|X(0) =N} =y [ e “"Fdy [ Dy(t—y—zx)dF(z) (10)
y=0 z=0

and

P{d(1) > x,A4|X(0) = N} = 0. (11)

3.2 Corresponding System for Laplace Transforms

In this subsection we construct a system of equations, corresponding to (2), (4)—(7) and
(8)—(11), written for LTs of conditional distributions D, (t,x).
Define

dy (s, X) def 76“”Dn(t,x)dt, (12)
0

where R(s) > 0 and n € {0,1,2,...,N}, and introduce, additionally, the following
functions:

e GR(®), (14)

0 ) e NS =y )
H(s,x)defe ™ [ e™dF(y) A Ut —— =2 dz. (15)
L 2 17 2w
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Due to the fact that the following representations are true:

,y O/O ef.vtdt }

=0 y=0

9 1=y ;u k
e*(ﬂ+u+v)ydy / (kz')
—0 .

= y(i—ku—&—y—!—s)_lﬁ((i, S)dj(S?

00 t =y
y | eVt | eI gy [ Dn(t—y—2z,x)dF(2)

t=0

and

y=0 z=0

=9+ u+7+5)"fo(0,5)dn (s, x)

00
Y / e Stdt / e (A+pu+7y) de /
t=0 y=0 =t—y j=0
"il[ﬂ(x—y—z+t)]k
— k!

then we obtain the

following system

dy(s,x),n € {0,1,..,N}:

1

d”l ) o
(s,x) = Atu+y+s

do(s,x) = A(A+5)

A=)

J!

of equations written

71d1 (s,x);

[Ady +1(5,x) + (1 = g)dy—1 (s, %) + gdu(s, X))

N—n—1
+*/< Z dy 4k (s,X) ok (5) + dn (s, x) Z Se(A,s)+H( sx)-i—e o
=0

and

k=N—n

e Dt — y — 2,x)dF(2)

x),

dF(2) = p(+p+y+s) "H(s,x),

n— 1

~.

j=0

]!

d (s, %) (1 = q) +5+7(1 = fo(0,5)) + 5] = (1 = g)dy-1(s,x).

4 Main Result

Let us notice that introducing the following functions and substitution:

ap(s) def

u(l —q)

=A+u(l—q)+y+s
1

def —

= At+u(l—q)+y+s

sag11(s)

[A6k1 + you(s)];

e Hi=y)—ul—y—z+1)

for

7]

(17)

(18)

LTs

(19)

(20)
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1 & L ()
@ @ jx
PR TS g <n0 (s,x ;1, s)+H(s, x)—i—e 2. 7 (23)

g l"k(s)no(s,x) +A/~'(S7x)’

Xk (Sa x) g -

where J;; is Kronecker delta function,

o0

y
F"(S)gﬁntu(l—q)+y+s;“i(s)’ (24)

1
A+p(l—q)+y+s

Ak(s,x)g -

Nkl ( );
yH(s,x) +e Z ] (25)

and
nn(sﬂx)ng*n(svx)ﬂ (26)

The equations of the system (19)—(21) can be rewritten in the following form:

Mol )1 = @) 5+ 51— fo(0,8)) +5] = (1 — (s, (27)
S 1 (M5, ) — 105, %) = 25,5, (28)
k=-1

where 1<n<N -1, and

My (s,x) = 202 +5) "y (s, %). (29)

In [11] the following system of equations is considered:

Z Ok +1Yn—k — Yn = Xk» (30)
k=—1

where n > 1 and (o), a0 # 0, ();) are two known sequences. It is proved in [11] that
each solution of (30) can be given in the form (n > 1):

n
Xn = MRn + ZRn—kaa (31)
k=1

in which M is a constant and the sequence (R,) is connected with the sequence of
coefficients (o) by the following equation:

= z
; R = AR (32)

o0
where A(z) def Y ou2¥, |z <1.
k=0
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Evidently, the system (28) has the same form as (30) but with functions (a;) and
(xx) depending on s, and s and x, respectively. In consequence (see (31)) M can be in
general dependent on s and x, so we obtain forn > 1

M (5,) = M(5,2)Ra(5) + D Rui(8) 245, (33)

where y,(s,x) was defined in (23). Obviously, we need the formulae for M(s, x) and
no(s, x), since (33) is valid for n > 1 only.
Taking n = 1 in (33), we get
Mi(s,x) = M(s, x)Ri(s). (34)
Next, defining
G(s) det [(1 — )R ()] [1(1 = @) +7(1 = (0, ) +5], (35)
and referring to (27) and (34), we obtain

M(s,x) = G(s)ny(s, x). (36)

Substituting now n = N into (33) and using (23), we have
N
N (5,%) = G(s)Ry(s)10(5,%) + Y R—i(s)[Ti(s)m0(s5, %) + Ai (s, %)) (37)
=1

From the other side, applying (33) in (29), we get

-1

My (s,%) = A(2+5) 7" | G(s)no(s, x)Ry—1(s) + ZRN 1=k (5) (T (s)mo (5, ) + Ax (s, X))].

(38)

Comparing the right sides of (37) and (38), we eliminate 7o(s, x) as follows:

N—1
Ho(5,%) = { (x(Hs)-‘RN,l,k(s) RNk(s))Ak(s,x)}

k=1

=z

-1

G(s) (RN (s) = 200 +5) 'Ry_1 (s)) - (;.(z +5)  Ry_1i(s) — RN,k(s)> l"k(s,x):| .

/

=~
Il

(39)
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Now, from the representations (26), (33), (36) and (39) we obtain the following
main result:

Theorem. The Laplace transform d,(s, x) of the tail of CDF of queueing delay in the
considered queueing system with failures and Bernoulli feedback is given by the
following formula:

N—n
dy(s,x) = [G()Ry—n(s) + ZRN—n—k(S)rk(s) Mo (s, %)
= (40)

+ > Ryi(s)Au(s, %),

k=1

where Re(s) > 0,0 <n <N, and the formulae for T'y(s,x), Ac(s), G(s) and ny(s,x) are
found in (24), (25), (35) and (39), respectively. Moreover (compare (32))

SRt = m

where A(s,z) = poo ok (8)75, 2| <1, and wy(s) is defined in (22).
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Abstract. Software products are usually required to meet some sta-
tic or dynamic properties. Well-known examples of dynamic properties
are the program execution time and the related goal of software per-
formance optimization. Because of the increasing importance of ecolog-
ical and environmental issues, also the energy consumption of software
products is a dynamic property of increasing importance. Modern com-
puter systems already provide features, such as multicores and voltage-
frequency scaling, to support the reduction of the energy consumption of
software. However, a low program execution time and a good energy effi-
ciency might be conflicting goals and it may be difficult so simultaneously
reduce the program execution time and the energy consumption. In this
article, the relation between energy effort and execution time of software
is investigated and a software tuning method for task-based programs is
proposed, which appraises different program versions and different task
structures concerning their execution time and energy consumption with
the objective to pick the most favorable solution.

Keywords: Software tuning + Energy effort - Execution time - Task-
based programs

1 Introduction

Energy-aware computing and the efficient use of computing resources are now
accepted to be as important for software products as performance aspects or
issues such as reliability and security. Energy efficiency has already been a critical
concern in digital circuit design for the last two decades, which has caused sev-
eral power-aware system features, including multicore-on-a-chip processors, core-
independent functional units, dynamic voltage and frequency scaling (DVFS),
or clock gating. These techniques are mainly aimed at a reduction of the energy
consumption of the processors. Other techniques also address other compute
devices. To fully exploit the hardware capabilities for reducing the energy con-
sumption of software running on that hardware, there have to be programming
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methods that are aware of the energy consumed. Energy models and measures
are needed to plan and evaluate the time and energy behavior of the software on
specific hardware. This article considers this problem of evaluating the behavior
of program execution for the case of task-based programs.

The design of application software code can influence the energy consumption
of program execution. This can be done by either decreasing the execution time,
which may result in a smaller energy consumption, or by scaling the frequency
to decrease the power consumption, which may however increase the execution
time. Since a low execution time is still an important goal, for instance when
simulating large applications or when a predefined response time is required,
energy-awareness and performance awareness have to be treated together result-
ing in a multidimensional design space for the software. Typical approaches
are to minimize the execution time while guaranteeing an upper bound for the
energy consumption or to minimize the energy consumption while guaranteeing
an upper bound for the execution time. This can be done by solving optimization
problems in a planning and tuning phase before software execution as proposed
in this article.

The power consumption and the execution time of an application belong to
the dynamic properties, which can only be measured and evaluated exactly at
runtime. For the planning and tuning phase before execution, appropriate pre-
diction methods for execution time and energy consumption are required which
mimic the performance behavior by some metrics. Well-known metrics for the
measurements of performance are floating point operations per second (flop/s)
or the time needed to solve a specific problem (time-to-solution). Concerning the
power or the energy, the metric for power efficiency measured in performance
per Watt (flop/s/w) and the amount of energy needed to solve a specific prob-
lem (energy-to-solution) are used. The energy-delay product (EDP) combines
the time-to-solution and the energy-to-solution and, thus, constitutes an appro-
priate metrics to evaluate the execution time and energy consumption together.
The metrics time-to-solution and the energy-to-solution are considered in this
article.

In this article, we propose a software planning and tuning process which
selects a program with a minimum execution time with or without energy con-
straint or vice versa. The underlying programming model considers programs
built up of independent sequential tasks and to be executed on a multicore or
other shared memory hardware. The planning and tuning is done before execu-
tion time and its goal is to pick a program version from a multitude of seman-
tically equivalent program versions in this task model. The program versions
are created by different assignments of the tasks to the cores or processors and
by selecting different operational frequencies for those cores or processors. The
assignment process is guided by cost information for the single sequential tasks,
which can be execution time (measured or predicted) or any other suitable met-
rics. The resulting overall execution time can be adapted to improve the parallel
execution time or to meet any other optimization goal. As a running example,
we consider a frequency scaling adaptation process.
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The contribution of the article is to propose a software tuning methodology
that supports the software developer in the tuning process before program exe-
cution. The advantage is that an expensive redesign and reimplementation of
software can be avoided, since a violation of energy or performance constraints
can be detected and clarified in the early product development steps and not
only in a posteriori measurement and analyses phase. These design steps are
included in a learning phase which is typically iterating over the assignment and
adaption steps and may include a practical test tun. The final result is a program
structure which is ready for efficient production runs.

The rest of the article is structured as follows: Sect. 2 summarizes the task-
based programming approach considered. Section 3 presents the energy model for
software. Section4 addresses the resulting optimization problem as well as the
task scheduling for multicore systems. Section5 presents the software architec-
ture of the planning and tuning tool and discusses the workflow for the software
planning. Section 6 discusses related work and Sect. 7 concludes the article.

2 Task-Based Software Construction

Task-based programming is a popular parallel programming model supported by
multiple operating systems, programming environments or languages. Examples
are OpenMP [1], the TPL library for .NET [2], Cilk [3] and Charm++ [4]. A
task is a basic unit of the program comprising a distinct amount of work to be
executed. In a task-based programming model, an entire application program
is decomposed into these smaller units and the entirety of the executions to be
done is represented by a set 7 of tasks. Tasks may depend on each other due
to some result data produced by one task and needed by another tasks or vice
versa. But tasks can also be entirely independent of each other which gives rise
to a parallel execution on different execution units of a multicore or of another
parallel hardware platform. Such a set of independent tasks can originate from
one application but also from different applications.

Task parallelism exploits the task structure for a faster execution and is some-
times also called control parallelism, in contrast to data parallelism, or even
functional parallelism, since function calls are often used as tasks. Some pro-
gramming environments exploiting task parallelism support parallel execution
on different cores or processors by different threads which are pinned to cores
and processors. Since a thread assignment to execution units is often a one-to-
one mapping, we use thread and execution unit in an interchangeable way. An
important advantage of tasks parallelism is load balancing leading to an over-
all small execution time by keeping all execution units (or threads assigned to
them) busy while guaranteeing small idle times. The quality of the load balance
achieved depends on the scheduler and the scheduling algorithms assigning the
task to threads or execution unit. Schedulers are either part of the operating
systems or are included in a higher level of the software stack, e.g. a program-
ming library such as OpenMP [1], or tools proposed for task parallelism, such
as Tlib [5].
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In the following, we consider a set 7 = {t1,...,t,} of tasks which are to be
scheduled and assigned to a set of execution units p;, ¢ = 0,...,pmaz — 1. It is
assumed that the tasks are independent and that their input data are available
on any execution unit p; at any time due to a shared memory architecture, e.g. a
multicore. Thus, the tasks ¢ € 7 can be executed in any order and a scheduling
algorithm has no constraints concerning a task to be ready for execution so that
a task can be assigned to any execution unit p; at any time.

To perform a good assignment of tasks, a schedule needs information about
the cost for each tasks. Costs can represent the execution time needed on an
execution unit. As execution units, we use multicore processors with DVFS. A
processor with DVFS can run on a lower frequency with the effect that the
processor is slower and that the execution time for a tasks is higher, but might
consume less energy.

In the following, we consider DVFS systems with p,,4, cores and operational
frequencies f ranging between a minimum frequency f,;» and a maximum fre-
quency fimaz- The frequency can only be changed in discrete steps. Frequency
scaling for DVFS processors can be expressed by a dimensionless scaling factor
s > 1 which describes a smaller frequency f < fq. relative to the maximum
possible frequency fiaz as f = fimaz/S. The execution time of task t € T
on a processor using frequency f corresponding to scaling factor s is denoted
as Ti(s). The execution time of the entire subset of task assigned to a thread
or execution unit p processing with a frequency with scaling factor s is then:

Zt assigned to p Tt(s)'

3 Energy Model

In addition to the execution time, we will also consider the energy consumption
of a program execution. The energy consumed for the execution of an applica-
tion program results from the execution time 7T'(s)[sec] of the application and
the power P(s)[Watt] consumed during that time. To model power and energy
consumption, we use a well-accepted energy model that has already been applied
to embedded systems [6], to heterogeneous computing systems [7], or to shared-
memory architectures [8]. This section summarizes the energy model according
to [6].

The power consumption of a processor consists of the dynamic power con-
sumption Fg,y,, which is related to the switching activity and the supply volt-
age, and the static power consumption Psiqtic, which captures the leakage power
consumption as well as the power consumption of peripheral devices, such as
the I/O subsystem [9]. The dynamic power consumption is approximated by
Payn = a-Cr,- V2. f where « is the switching probability, C, is the load capaci-
tance, V is the supply voltage, and f is the operational frequency. The frequency
f depends linearly on the supply voltage V, i.e., it is V' = - f with some constant
(. Reducing the frequency by a scaling factor s, i.e., using a modified frequency
value f = s~ 1. f with s > 1, leads to a decrease of the dynamic power consump-
tion, which results in the following equation for the dynamic power consumption:



Tuning Energy Effort and Execution Time of Application Software 243

den(s) =a-C-V2. f = 573 Pygyn(1) [Watt], where Py, (1) corresponds to
the dynamic power consumption of an un-scaled system with s = 1.

The leakage power consists of several components, including sub-threshold
leakage, reverse-biased-junction leakage, gate-induced-drain leakage, gate-oxide
leakage, gate-current leakage, and punch-through leakage [10]. An approximation
has been proposed by [11], who model the static power consumption due to
leakage power as Psigtic = V - N - kdesign - licak Where V' is the supply voltage,
N is the number of transistors, kgesign i & design dependent parameter, and
Tcax is a technology-dependent parameter. Other authors have also proposed
to make the simplified assumption that Ps;qsc is independent of the voltage or
frequency scaling [6]. This is justified by the close match between the data sheet
curves of real DVFS processors and the analytical curves obtained by using this
assumption [12].

The power consumption of a task t € 7 is then P(s) = Piyn(s) + Pstatic-
Using the scaling factor s as parameter, the energy consumption of a task t € 7
on one processing unit is Ey(s) = Py(s)-Ti(s) = (Payn(s) + Pstatic) - Tt(s) [Joule].
The energy consumption for the execution of several tasks on the same processor
p is then computed by adding the energy needed to compute all the tasks, i.e.,

Zt assigned to p Ey (S)
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Fig. 1. Left: Distribution of the energy consumption resulting from different task
assignments using different operational frequencies. Right: Illustration of the resulting
execution time achieved for a specific energy effort.

4 Tuning Energy Effort and Execution Time

In this section, we consider the energy consumption and execution time of task-
based application programs built up from a set of tasks.

4.1 Optimization Problems for Time and Energy

The parallel execution time of a parallel program T,,.(s) is usually defined
as the time elapsed between the starting time when the first processor starts
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its execution and the finishing time when the last active processor finishes its
execution. The parameter s indicates that the execution time depends on the
speed of the processors and, in general, the execution time is smaller for higher
frequencies (meaning smaller values of s). When assumed that all processors start
at the same time, the parallel execution time is the maximum of all execution
times of the processors involved, which might mean that some processors have
some idle times without useful work.

The parallel execution time is accompanied by an energy consumption
Epar(s) of these processors which comprises the energy of the active compu-
tation times and also the idle times in which only static power is consumed.
When using a higher frequency (meaning smaller scaling factor s) the energy
usually increases. Measurements have shown that there is non-linear dependence
between frequency and energy consumed.

For parallel computing, a small execution time is usually a goal, which is
nowadays accompanied by the aim to have a low energy consumption as well.
Given that the behavior of execution time and energy consumption with respect
to the scaling factor is quite the contrary, these are conflicting goals, which gives
rise to several optimization problems concerning time or energy. When consid-
ering a parallel program in the task-based model with a set 7 of tasks executed
ON Prmaz processors, there is the additional degree of freedom of choosing a spe-
cific assignment of tasks to processors, which influences the parallel execution
time due to possible idle times of different length and, thus, different energy
consumption values may result. To capture the conflicting goals, we formulate
the following different optimization problems:

Find an assignment A : 7 — {po, ..., Pmas — 1} and a frequency s such that:

(T-OPT): Tper(s) — minimum
(T-OPT-C): Tper(s) — minimum under the constraint E,q,(s) < EC
(E-OPT): Eper(s) — minimum
(E-OPT-C): Ep4(s) — minimum under the constraint Ty, (s) < TC

The determination of an optimal assignment A of tasks to processors is an NP-
complete problem, which is typically solved by heuristics, such as scheduling
algorithms.

Figure 1(left) shows the energy consumption resulting for different schedules
for the same task-based program and using different frequencies (but the same for
all processors). The schedules have been computed for the 26 SPEC CPU2006
benchmarks on eight processors using timings for an Intel Haswell processor
over different frequencies. Each dot represents a different schedule. The smallest
energy consumption is obtained for schedules between 1.5 GHz and 2.3 GHz. It
can be seen that the results are quite different, yet they follow a u-shape like
overall behavior.

Figure 1(right) illustrates the correlation between energy effort and resulting
execution time. Investing more energy typically results in a reduction of the
execution time. The red line shows the border in the energy-time phase space for
all possible schedules and frequency adaptations. Point A represents the smallest
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Algorithm 1. Scheduling algorithm with frequency adaptation.

1: procedure ScheduleTasks (TaskSet T)
2: for (all frequencies available for DVFS) do

3: s is the scaling factor for the selected frequency f

4: Sort tasks {t1,...,tn} in queue Q such that Ty, (s) > Tty (s) > ... > Ty, (s);
5: while (un-assigned tasks remain in Q) do

6: if (worker thread W becomes idle) then

7 Remove next task from beginning of @ and assign it to W

8: end if

9: end while
10: Compute makespan of resulting task assignment;
11: Compute resulting overall energy consumption;
12: Reduce energy consumption by frequency adaptation of individual processors;
13: end for
14: Compare and select best solution;

15: end procedure

execution time possible, point D the smallest energy consumption possible. Point
B represents the smallest possible execution time for a given maximum energy
budget EC. Point E represents the smallest possible energy consumption for a
given maximum execution time TC not to be exceeded.

4.2 Task Assignment

Scheduling algorithms for collections of independent tasks are often based on
list scheduling, see [13] for an extensive overview. In this work, we use such a
list-based scheduling algorithm for the experiments, see Algorithm 1. In contrast
to other scheduling algorithms, Algorithm 1 takes DVF'S into consideration and
investigates task timings for different frequencies, represented by their scaling
factor. The tasks are sorted in decreasing order of their execution time for the
frequency selected and are then assigned in a greedy way to the next processor
that becomes idle. The resulting maximum execution time of all processors deter-
mines the so-called makespan of the schedule computed. The resulting energy
consumption is the sum of the energy consumptions of the individual proces-
sors. After the computation of the schedule, which uses the same frequency for
all processors, the algorithm investigates whether an adaptation of the frequen-
cies of the individual processors may lead to a reduction of the overall energy
consumption. If this is the case, the frequencies are adapted accordingly. Only
those adaptations are considered that do not lead to an increase of the overall
makespan.

4.3 Experimental Evaluation

The scheduling algorithm from the previous subsection can be applied to assign
tasks to processors. For the tasks, different operational frequencies can be used.
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Figure 2 shows the result of such an assignment of the 26 SPEC CPU2006 bench-
marks, see [14], to eight processors using timings for an Intel Core i7-4770 with
Haswell architecture. The schedules are generated for 15 different operational fre-
quencies between 0.8 and 3.4 GHz, as they are provided by the Haswell processor.
Each schedule can again be performed with different frequencies, yielding 225
possible combinations of energy effort and execution time. In Fig. 2(left), each
dot represents a different schedule and the position of the dot denotes the energy
effort required and the makespan obtained, using execution time and energy con-
sumption values for tasks measured on the Intel Core i7 processor. The energy
measurement technique is described in detail in [12]. For the schedules used for
the data in Fig. 2(left), all processors are running at the same frequency and the
corresponding frequencies are denoted in the diagram. Additionally, the frequen-
cies of the processors can be adapted after the schedules have been computed,
to hide possible idle times, which can lead to a further reduction of the energy
effort. This is shown in Fig. 2(right), where the brown dots represent schedules
with frequency adaptation for the individual processors. It can be seen that the
frequency adaptation can lead to a significant decrease of the resulting energy
consumption without affecting the overall makespan, see [15] for more informa-
tion about the experiments. Only the most relevant area of Fig. 2(left) is captured
in Fig. 2(right). The resulting lower left border line corresponds to the red border
line in the illustration in Fig. 1(right). The experiments show that for the same
set of tasks and the same architecture, a multitude of different solutions result
from which the most favorable can be selected depending on the optimization
problem.
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Fig.2. Energy effort and resulting execution times: Schedules without (left)
and with (right) frequency scaling for individual processors for SPEC benchmarks with
Haswell timings.
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5 Software Architecture for Optimization Environment

Figure 3 shows the coarse structure of the workflow for the software planning
and tuning towards an efficient execution and a reduction of the overall energy
consumption. The input program may be available in several task-based versions
that may differ in the arrangement and granularity of the tasks. All these task
versions perform the same computations and lead to the same output, but may
differ in performance and energy consumption. A suitable program version is
selected in the first step of the workflow. For this program version, a scheduling
algorithm is selected, see [16], and is then used to compute a schedule for the
given set of tasks. The assignment function A is computed and evaluated accord-
ing to its resulting makespan and energy consumption. Based on this schedule
and the DVFS capabilities of the given hardware platform, the frequencies of the
individual processors can be adapted by a adaptation method to reduce the over-
all energy consumption. Different adaptation methods can be used, depending
on the optimization goals described in Sect.4.1. For example, the energy con-
sumption can be reduced by adapting the frequencies of the different processors
without increasing the overall makespan, but the adaption can also be done such
that the makespan is allowed to increase by a certain amount, if this leads to a
further reduction of the energy consumption. After the adaptation, the resulting
schedule and DVFS setting is evaluated with respect to its actual performance
by a theoretical analysis or by performance measurements. If the result is satis-
factory, the tasks will be executed with the selected setting. Otherwise, the user
can iterate over the decision process by either selecting a different adaptation
method, a different scheduling algorithm, or a different task-based program ver-
sion. These steps of the workflow can be considered as the learning phase of the
program tuning. The final program version is then ready for efficient production
runs of the software.

Select Select Select Evaluate Software
Task-based Scheduling Adaptation performance/ execution
program version method method energy phase

re—select

re-select

re—select

N production phase
learning phase

Fig. 3. Main structure of the workflow for time and energy tuning of task-based pro-
grams. The learning phase iterates over task decomposition, scheduling method, and
adaptation until the final result is ready for the production phase of the software
execution.

Figure 4 gives an overview of the corresponding software architecture imple-
menting the planning and tuning methodology and the workflow from Fig. 3.
The task-based program is analyzed by a task scheduler, which can use different
scheduling algorithms to produce a schedule for the given hardware environment
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Fig. 4. Software architecture for the planning and tuning tool of energy-efficient
software.

and number of execution units. The scheduling algorithm applied can be time-
oriented, such as the one given in Algorithm 1, but can also be energy-oriented or
mixed, using the energy-delay product. The task scheduler also uses information
about the hardware of the execution platform, including information about the
number of cores to be employed and the DVFS capabilities, as well as a perfor-
mance model and an energy model for the specific behavior of the hardware. The
performance and energy model allow the prediction of the execution time and
resulting energy consumption of the tasks, see [16] for more information about
the energy model. As an alternative, the performance and energy information
could also be provided by measurements of the single tasks in isolation on the
hardware platform used. This is especially suited for cases in which exact infor-
mation is required and where the different tasks of the programs do not change
their execution behavior between different program runs. The schedule produced
by the task scheduler can be improved by a scheduling adaption according to
a given optimization goal, such as a reduction of the energy consumption by a
frequency adaptation of the individual processors, as described in Sect.4.1. The
result of the adaption is a potentially modified schedule that meets the opti-
mization goal. The scheduling result is then checked, and it may be sent back to
the task scheduler, if the result is not satisfying. If the schedule is accepted, the
tasks are assigned according to the schedule to the hardware resources and the
entire task program is executed according to the tuning decisions.

6 Related Work

Task-based approaches have been considered at several levels and with differ-
ent programming models in mind. Language extensions have been proposed
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to express the execution of tasks, including Fortran M, Opus, Braid, Orca,
and Spar/Java. The HPCS language proposals, Sun’s Fortress, IBM’s X10, and
Cray’s Chapel, also contain some support for the specification of tasks. More-
over, skeleton-based approaches like P3L, LLC, Lithium, and SBASCO, as well
as library-based and coordination-based approaches have been proposed. The
usage of tasks for cloud computing services has been considered in [17].

Power-management features are integrated in computer systems of different
size and class [18,19]. An important feature is the DVFS technique that trades
off performance for power consumption by lowering the operating voltage and
frequency if this is possible [6]. The approach to determine the voltage scaling
factor that minimizes the total CPU energy consumption by taking both the
dynamic power and the leakage power into consideration has been discussed in
[6,9,20] for sequential tasks. Power models for multicore designs are developed
in [19].

An important aspect of the DVFS technique is the integration into task
scheduling algorithms, which traditionally have been developed with the goal to
minimize the overall execution time. Integrating energy-saving goals increases
the resulting complexity of the scheduling algorithms and many fundamental
issues need to be addressed. Fundamental aspects of speed scaling and power-
down scheduling are described in [21]. Theoretical aspects of state-of-the-art
techniques of dynamic voltage scaling problems in the context of tasks with
time constraints are considered in [22]. The integration of task scheduling and
energy overhead considerations to minimize the energy consumption of real-time
dependent tasks on systems with multiple execution resources is considered in
[23]. An introduction to power measuring and profiling techniques is given in [24].
Both hardware-based power measurement and software-based power profiling
and the corresponding power models are considered.

7 Conclusions

The goal to improve the overall energy efficiency of program executions needs
a detailed knowledge of the application, the energy needed for its execution,
and the energy saving techniques of the hardware available. We have proposed
a software planning and tuning methodology which exploits a task-based soft-
ware design method and hardware-oriented power and energy models resulting
in a software coding of flexible energy-aware programs. Experiments have shown
that the multitude of different choices can be reduced and how the methodol-
ogy facilitates the selection of the best program version in the context of the
programmer’s optimization goal. Thus, the same task-based program can result
in different parallel execution codes which compute the same algorithmic result,
but may minimize the execution time with or without energy constraint, may
minimize the energy with or without time constraint, or may minimize both time
and energy based on a fused energy metric and a corresponding scheduling and
tuning.
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Abstract. The precise semantics for UML Activities is must-have in automated
applications of them. The paper proposes an approach to a definition of a
semantics of a set of UML Activities in the form of LTS (Labelled Transition
System). The set of activities is transformed to a graph of possible execution
traces, using OCL (Object Constraint Language) operations. So far, it covers
basic elements of an activity, i.e. sequential control and object flows. Moreover,
an Activity Semantics Metamodel is introduced. It specifies concepts, informally
described in the UML, used for Activity semantics definition.

Keywords: UML Activity - OCL - LTS - Formal semantics - Reachability
graph

1 Introduction

An activity is well-known behavior representation commonly called a “control and data
flow” model [8, 12, 15]. There are intensively used for software requirements speci-
fication [3, p. 92, p. 477, 9, 10, 17, p. 105]. However, the main obstacle in using
activity is lack of precise semantics. The definition of UML presented in the OMG
standard [8] is semi-formal, i.e. the semantics of elements is expressed in natural
language and has variation points. Additional challenges are the extensibility of the
UML and (deliberate or accidental) under-specifications.

The lack of formal semantics brings ambiguity problems [5, 8, 11, 13, 16], espe-
cially in case of automation of system development process — i.e. transformation of
PIM and PSM models and code generation in MDA approach; and design of tools
supporting the process [3]. Furthermore, the possibility of UML model-checking is
limited to syntax verification [1].

There are many works on the UML Activities semantics, e.g., [2, 3, 5, 12-16, 4].
These approaches specify the UML Activities semantics in some scope, omitting
certain aspects of the standard and consider only specific usages of the UML Activities
[2, 3,5, 8] and/or are just outdated [4], since refer to previous versions of the UML [8].
Some of these works provide translational semantics, by expressing the UML Activ-
ities in other formalisms, e.g., Petri-Nets, Abstract State Machines. Nevertheless, it is
challenging to formulate the Activity semantics in these formalism, especially when
more UML Activities constructions are considered [14, 16]. Moreover, the authors
investigate an execution of a single Activity and do not discuss an execution of a set of
Activities.
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The main goal of the paper is to give an approach to a precise interpretation of a set
of activities, consistent with the UML standard. The interpretation is expressed in terms
of all possible execution traces that may be derived from the set. We propose a
transformation of a set of activities into the Labelled Transition System [6], which
describes the modeled behavior in the form of a graph of possible execution traces.

The proposed semantics will support automation of system development process. It
will check compliance with end-users expectations, e.g. by model simulations and
model execution. Next, it will support model checking, especially by using existing
tools, like Construction and Analysis of Distributed Processes tool (CADP). Moreover,
it is a base for test-scenarios generation. And last but not least, it is necessary to build
and validate model transformations between PIM and PSM models, and code
generation.

In Sect. 2, we discuss the syntax and semantics of the UML Activities presented in
the UML specification [8]. We define the LTS-based semantics of the UML Activities
in Sect. 3. It gives definitions that are necessary to introduce the LTS for the UML
Activities, and finally we introduce the algorithm to construct a graph of possible
execution traces. The paper is concluded in Sect. 4.

2 Syntax and Semantics of Activities

The activity defined by UML specification [8] is a graph. It is represented by the
Activity metaclass which consists of ActivityNodes connected by ActivityEdges,
stored in the node and the edge metaattributes of the Activity. The ActivityEdge
connects two ActivityNodes via the source and the target metaattributes, respec-
tively. Subclasses of the ActivityNode are the ExecutableNode, the ObjectNode,
and the ControlNode. There are two types of the ActivityEdge: the ControlFlow and
the ObjectFlow.

An Activity is a kind of a Behavior. The Behavior describes a set of possible
executions, or more precisely it is “a specification of events that may occur dynamically
over time” [13, p. 284]. The UML specification defines an Event as “a set of possible
occurrences”, whereas an occurrence is “something that happens that has some con-
sequence with regard to the system” [13, p. 12]. An invocation of a Behavior creates its
instance, known as a behavior execution. Each behavior execution is related to a specific
execution trace, which is “actual sequence of event occurrences due to the invocation
[of the Behavior], consistent with the specification of the Behavior’ [13, p. 284].

An Activity appoints a partial order of behavior steps that may be executed and data
flows corresponding to the steps. A behavior step lasts non-zero time, is expressed by
ExecutableNode and represents, for example, an arithmetic computation, a call to an
operation, or manipulation of object contents. The partial order of behavior steps
execution is specified in terms of tokens flow rules inspired by Petri Nets formalism
[14] — “The effect of one ActivityNode on another is specified by the flow of tokens
over the ActivityEdges between ActivityNodes” [13, p. 372], whereas it is assumed
that the flow, if it occurs, is immediate. There are two kind of tokens: a control and an
object token. A control token flow specifies an effect of execution one ActivityNode on
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another — set an order of the execution, and flows over ControlFlow edges. An object
token is a container for a value that flows over ObjectFlow edges.

A behavior step is enabled to be executed when tokens are offered to it on incoming
edges and specified conditions are met. When an execution of a behavioral step is
started, “tokens are accepted from some or all of its incoming ActivityEdges and a
token is placed on the node” [13, p. 373]. When a behavioral step completes an
execution, “a token is removed from the node and tokens are offered to some or all of
its outgoing ActivityEdges” [13, p. 373]. Thereby, we may distinguish following types
of events occurring during the Activity execution:

— tokens acceptation by a node — e.g. a start of an ExecutableNode execution,
— tokens offering by a node — e.g. a finish of an ExecutableNode execution.

At the given point of an activity’s execution, event types are disjoint for an activity
node, which means that only one of them can be enabled.

An execution trace of an Activity is an actual sequence of tokens acceptances
and/or offerings occurrences due to the invocation, consistent with the specification of
the Activity. Set of all possible execution traces of the Activity is the semantic of the
Activity.

In our approach we consider the semantics of a set of Activities with one indicated
initial activity. The initial activity refers directly or indirectly to activities in the set by
calling other activities (CallBehaviorAction), signal sending (SendSignalAction), etc.

3 Semantics of Activities

We introduce the metamodel representing execution traces of a set of activities (here-
inafter referred to as “ASmetamodel”), (Fig. 1). We define the ASmetamodel in the
context of UML Activity specification [8], thereby some of classes introduced to the
ASmetamodel refer to UML Activity metaclasses, for example to the ActivityNode, the
ActivityEdge. The ASmetaclasses are marked by «ASmetaclass» keyword.

The set of activities (instances of UML Activity metaclass) are represented by a set
of Act activities. When an Act is invoked a new instance of this is created. The instance
is represented by the Execution metaclass.

An execution trace of an Act activity is defined by indicating consecutive places of
tokens within the considered Act. A place of a token in the Act is represented by the
Location metaclass (Fig. 2). A token generally is represented by Token metaclass,
which is specialized by the ControlToken and the ObjectToken metaclasses mod-
elling a control token and object token, respectively. For the sake of the simplicity, an
ObjectToken does not contain a value, however it states that a value is present at all.
In the context of the Location, a token (referenced by token metaattribute) may be
situated either at the node or the edge of the Act.

The Snapshot metaclass represents locations of all tokens at some point (snapshot)
of an execution trace of an Act activity (Fig. 2). It corresponds to progress in the Act’s
behavior execution. A Snapshot refers to the instance of the Act by the execution,
and to a set of tokens places by the locations.



An Approach to Semantics for UML Activities 255
<<ASmetaclass>> %2 1 ActivityNode
ActivityEvent o~ nodd | enabledEvent(snap : Snapshot) : EventType [0..1]
eventType : EventType | | <<enumeration>> transition(event : EventType, snap : Snapshot): Configuration [0.."]
EventType acceptEnabled(snap : pshot) : Boolean
event <134 acoeptation offerEnabled(snap : Snapshot) : Boolean
o..* offering accepl(snap : Snapshot) : Configuration [0.."]
offer(snap : Snapshot) : Configuration [0.."]
<<ASmetadass>> |
Transition 0.1 “*node
predecesor 0.1 0. succesors
<<ASmeladass>> ActivityEdge
Configuration
new(snapshots : Snapshot) : Configuration edge ’1"0..1
new(newSnaps : Snapshot, snap : Snapshot) : Configurationfo.0lf [~ °°°7° (;o:) """
1.0 )
0.* \|, snapshots 0.7 sk 0.°
<<ASmetaclass>> <<ASmetaclass>>
Snapshot locationg Location
new(execTrace : Execution. locations : Location) : Snapshot ’1\_.- 0.° |new . ActivityEdge. token : Token) : Location
init(Act : Activity) : Snapshot new(node : ActivityNode, token : Token) : Location
0.° i X
(ondemsd) executionTrace 0.1 Y = —
Activity 1 Bkan Object Token
new() : Object Token
AN —— <<ASmetac
\ <<instanc >> "
' ! Sxecuton Joken <<ASmetaclass>>
' i <<i Of>> | <<AS lass>> *_Control Token
[ e |le-------4
N Exacution new() : Control Token
Fig. 1. Activity semantics metamodel.
Configuration
Act, \ ﬂct2
<
J ® > J
’—//\—4 jet—T
3 ‘ :
2] i Snapshot
Location T i | K]) ‘ % ‘
;| =+l L x|
L N s
<—— \/ & @< Je— J

Fig. 2. Example configuration of a set of activities.

The Configuration metaclass represents places of tokens (indirectly via snap-
shots) after an event occurrence and before the very next event occurrence, for all
instances of activities (Fig. 2). Or, if it is the Activities’ invocation, it specifies initial
places of tokens within the instances. The Configuration refers to progress in an
execution of the set of Activities.
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An event occurrence causing a transition from one Configuration to another is
modelled by the Transition association metaclass. The event is specified by an
ActivityEvent, which has an event type (eventType) and an activity node (node)
which it refers to. An event type is one of the EventType values, i.e. either the
acceptation value, for acceptation events, or the offering value, for offering events.

A Configuration refers to a predecessor configuration, unless it is the very first
configuration, i.e. one from which it was directly transited.

There may be many successor configurations for a Configuration. Firstly, if there
are many enabled events occurrences for the configuration, e.g., many Exe-
cutableNodes in the activities are enabled to accept tokens (e.g., because of con-
current tokens flows), a new Transition is added for each event occurrence. Secondly,
there may be many successor configurations, for a single event occurrence. For
example, an ExecutableNode having optional outputs (OutputPin) may offer tokens
at every subset of the outputs. Thereby, an event occurrence — tokens offering by the
ExecutableNode - results in a set of possible successor configurations for each subset
of the outputs. Similarly, there might be many possible ways of tokens acceptation, in
example presented in Fig 3. The action within the snapshot (a.) can accept a control
token from two alternative locations, and similarly can accept an object token (via input
pin) from two alternative locations. There are four possible cases (two of them are
presented in the Fig. 3 by snapshots (b.) and (c.)).

N k/

I . a» > »

a.) b.) c)

Fig. 3. Possible ways of tokens acceptation.

Metaclasses of the ASmetamodel have operations responsible for creation and
expanding a model (a graph) representing semantic of the set of activities — all possible
execution traces of the set, Fig. 2. The operations are defined using OCL [7].

For the sake of convenience, we defined operations named new supporting
instances creations of all ASmetaclasses. In the Snapshot ASmetaclass we defined
operation init, which sets up tokens initial placement (at the very beginning of an
Activity invocation) for a given Snapshot.

We define operations within the UML metaclasses, mainly in ActivityNode. These
operations are used to define transitions rules of the Labelled Transition System,
introduced in the Subsect. 3.2.

Some of the operations (acceptEnabled, offerEnabled, accept, offer) are
abstract, because there are specific to particular types of ActivityNode. The ac-
ceptEnabled (offerEnabled) determines whether acceptation (offering) event is
enabled in the context of a node and for a given snapshot. The accept (offer) operation,
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in the context of a node and for a given snapshot, results in a set of successor con-
figurations (transits to new configurations), when the node accept (offer) tokens.

Additionally, there are auxiliary operations supporting LTS definition en-
abledEvent and transition common for all ActivityNodes. The enabledEvent
operation (calling acceptEnabled and offerEnabled operations) provides available
event type for a node within a given snapshot if any. The operation can be seen as a
premise for running a transition on the node within the snapshot. The transition
operation (calling accept and offer) does enabled transition for a node due to a given
event type and snapshot, which results in a set of succeeding configurations.

Because of the space limitation, we put definitions of these operations in the
appendix [17].

For the sake of simplicity we write thereafter c € Configuration meaning that c is
an instance of the metaclass Configuration. Similarly, we write thereafter C C
Configuration meaning that C is a set of instances of the metaclass Configuration.

3.1 The Labelled Transition System

The semantics of an activity acty is defined in the context of a set of activities (in-
cluding acty) A being used by acty. We introduce the semantics by means of the
Labelled Transition System [6]:

LTS({acty, A)) = (C,—,E) (1)

where:

C C Configuration is the set of possible configurations of the A activities,
& C ActivityEvent is the set of the A activities events,
— C C x & xCis the set of allowed transitions between configurations.

We describe transitions — as a set of triples {(c, e, c’), where a triple (a transition)
define the very next configuration ¢, after a configuration ¢ (i.e., to which c is tran-
sited), when an event e occurs. The result of applying — on ¢ is a set of new
configurations C' C C. The semantics imposes no order on the particular event to be
processed and is nondeterministic.

A single transition: (c,e,c € —) we will note thereafter in following way: ¢ 5.

We distinguish two types of transitions (for each event type: — = —ccep
) _)oﬂer)'

— Transitions when the acceptation type events occur — if an acceptation event is
enabled for an activity node within given snapshot (operation node.acceptEnabled
returns true), then the activity node accepts tokens offered to it from some or all of its
incoming edges and starts processing, i.e. for all possible cases of acceptation, new
configurations are created (a result of node.accept call in stored in C').
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e ! .
—accept = {C —clceCNe€&NeeventType = acceptation

)

Nsccsnapshors - €.node.acceptEnabled(s) = e.node.accept(s)}

— Rules for the offering event type — if an offer event is enabled for an activity node
within given snapshot (operation node.offerEnabled returns true), then the
activity node completes execution and token is removed from the node and tokens
are offered to some or all of its outgoing edges, i.e. for all possible cases new

configurations are created (a result of node.offer call in stored in o).

— offer = {cicl|c € CANe € EANe.eventType = offering

Nsec.snapshors - €.node.offerEnableds) Ac € e.node.oﬁ”er(s)}

We specify transitions for a set of selected kinds of activity nodes. For a given kind of
node, a transition is specified for an event if it stems from UML specification. For
example the acceptation event is applicable for the FinalNodes, and the Exe-
cutableNodes, however the offering only for the ExecutableNodes [8]. We con-
cretize the acceptEnabled and the accept operations, if the acceptation event is
applicable, and accordingly the offerEnabled and the offer operations for the offering.
Below we discuss transitions for the OpaqueAction, the FlowFinalNode, and the
ActivityFinalNode, however for the sake of brevity we present detailed operations
only for OpaqueAction and acceptation event.

OpaqueAction — accept

Within a given snapshot, an opaque action can accept tokens, if they are offered to all
incoming control flows, and all incoming object flows of the action’s mandatory input
pins [13, p. 401]. It is defined in the acceptEnabled as follows:

context OpaqueAction :: acceptEnabled (snap: Snapshot): Boolean
body: controlLocationsCases (snap) — notEmpty() and
mandatoryInputPins — notEmpty() implies

objectLocationsCases (mandatorylnputPins, snap) — notEmpty()

Tokens are offered to an edge by the source node of the edge. Offers propagate
through edges and control nodes until they reach an action [13, p. 374]. As itis discussed
in Subsect. 3.1, there are many ways in which tokens can be offered to the action.

We consider variations without repetition of sources of tokens. The con-
trolLocationCases operation (see the appendix [17]) returns all mutually exclusive
sets of control token locations from which tokens can be accepted by all control
incoming edges of the opaque action. Similarly, we do for object token locations by
invoking objectLocationsCases operation [17], however, ensuring that only
mandatory input pins are taken into account. Tokens can be accepted if the control
token location set is not empty and the object token location set is not empty, providing
that there are any mandatory pins.
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Within the given snapshot, when the opaque action begins execution, tokens are
accepted from some or all of its incoming edges and a token is placed on the node [13,
p. 373]. If there are many ways of tokens acceptation, a way of the acceptance is
chosen randomly. Thereby, a new configuration is generated for each possible way, in
the following manner:

context OpaqueAction :: accept(snap: Snapshot): Set(Configuration)
post:
let loc: Location = result.snapshots.locations — flatten()
- any(l|l. ocllsNew() and l.node
= self and . token.ocllsNew () and L. token.oclIsTypeOf(ControlToken)) in
let alllnputPinsObjectLocationsCases: Set(Set(Location)) = inputPinCases
- collect(pinCase: Set (InputPin)|objectLocationsCases (pinCase, snap))

- collect (case:Set (Location)|case
- reject(l: Location| l.node <> null and L. oclIsType (DataStoreNode)))

- asSet() in
mutualExclusiveCases (Set{controlLocationsCases(snap), allinputPinsObjectLocationsCases})
- forAll(case:Set(Location)|result — one(c: Configuration|c.oclIsNew () and c.snapshots
— excluds(snap) and c.snapshots
- one(s: Snapshot|s.ocllsNew() and s.location = snap. locations — case
- including (loc))) )

A new location /oc with a new control token is created for the action.

A set of alternative locations for all subsets of input pins, for which tokens can be
accepted, is computed. The set is obtained using the inputPinCases operation [17]
which returns a power set of the input pins. Next, the objectLocationsCases operation
[17] is applied to each element (a set of input pins) of the power set, and results are
collected.

Last but not least, because of the semantics of the DataStoreNode, an object token
taken from the data store has to be copied and restored [13, p. 397]. It is imitated by
removing the object token from the set of alternative locations.

The operation mutualExclusiveCases [17] is invoked to calculate all mutually
exclusive locations, i.e. combination of control token locations (result of the
controlLocationsCases operation call [17]) and object token locations (the
alllnputPinsObjectLocationsCases value).

New snapshots for the alternative locations are calculated and in the result, a new
configuration is created for each new snapshot. Finally, the configurations are returned
by the accept operation.

OpaqueAction — offer

When the opaque action completes an execution a token is removed from the action
and tokens are offered to some or all of its outgoing edges, [13, p. 373]. Within a given
snapshot, the opaque action completes execution if there is a control token location
related to the action. It is defined in the OpaqueAction:offerEnabled in the
appendix [17].
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Control tokens are offered on all outgoing control flows of the opaque action.
Object tokens are placed in all mandatory output pins in order to be offered to outgoing
object flows of the pins. Depending on a result of the opaque action execution, object
tokens may be placed within a subset of optional output pins. Moreover, if object
tokens are effectively offered to the ActivityParamterNode or the DataStoreNode,
they are immediately propagated to these nodes [13, pp. 396-397]. If there are many
ways of tokens offering, a way of the offering is chosen randomly. In such situation, the
offer operation generates a set of configurations for the all possible ways. It is defined
in the OpaqueAction::offer in the appendix [17].

ActivityFinalNode — accept

Within a given snapshot, an activity final node can accept tokens, if they are offered to
any incoming control flow. When the activity final node accepts tokens, an activity
instance (an execution) referred by the snapshot is finished. It is defined in the Activ-
ityFinalNode::acceptEnabled and ActivityFinalNode::accept in the appendix [17].

FlowFinalNode — accept

Within a given snapshot, a flow final node can accept tokens, if they are offered to any
incoming control flow. When the flow final node accepts tokens, the tokens are
removed from an activity instance (an execution) referred by the snapshot. If there are
no enabled events for any node within the activity instance, the snapshot is removed
and the activity instance is destroyed. It is defined in the FlowFinalNode:ac-
ceptEnabled and FlowFinalNode::accept in the appendix [17].

3.2 Reachability Graph

A graph of possible execution traces of an activity acty in the context of a set of
activities A is defined as:

G((acto, A)) = (V,A) 4)

where:

V —is a set of graph vertices; each vertex is labeled by a configuration which is
reachable from the initial configuration ¢y of the activity acty (co is an initial
configuration when a snapshot of the configuration represents the acty instance
initialized, i.e. locations are distributed within nodes and edges with respect to rules
defined in [13, p. 376]. It is reflected in the Snapshot:init [17]).

A —is a set of graph arcs; each arc is labeled by a transition; and has form (u, 7,v) € A,
where u,v € V are vertices labeled by c,, ¢, : Configuration, and t : Transition.

The graph is directed. The root of the graph represents an initial configuration cy,
while leafs correspond to final configurations. A sequence of transitions starting from
the ¢ results in one of the possible execution traces of the set of activities. The set of all
possible execution traces corresponds to semantics of the activities.

We will use the function label : V — Configuration, which for a given vertex of
the graph of possible execution traces returns a configuration labeling the vertex. The
graph are constructed iteratively starting from: V = (), A = ().
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1. The initial vertex is set up:
a. The initial configuration ¢, for the activity act is created:
co = Configuration :: new(Set{Snapshot :: init(acty, Sequence{})})
b. Let vy be a vertex labeled by the configuration cp: V «— V U{wo}
2. The set of leaf-vertices is defined:
Vieaves = {v € Vl|label(v) € ¢y — closure(succesors) — select(succesors — isEmpty())}
3. For each leaf-vertex v € Vjgpes:
a. For each snapshot of leaf-vertex snap € label(v).snapshots:
(1) The set of events which enable transitions for snapshot snap is defined:
EnabledEvents = snap.execution.type.node — collect(n|n.enabledEvent(snap))
(2) For each enabled event e € EnabledEvents:
i. The set of new configurations C' are created: C' = e.node.transition(e)
ii. For each new configuration ¢’ € C":
(a) The transition ¢ is created: t = Transition :: new(e.node,e,c,c)
(b) Let V' be a vertex labeled by configuration ¢: V « V U {v/}
(c) Let a be an arc of the form (v,£,v): A «— A U{a}
b. Checkifany new vertexhasbeencreated: \/ .y, /oy Vicrransiiion (Vs 1 V) €A,
if yes go to step 2.

4 Conclusions

We gave a precise interpretation of a set of Activities in form of set of execution traces.
We developed the transformation of a set of activities into the formally precise abstract
behavior model, i.e. the graph of possible execution traces. Nodes of the graph cor-
respond to a configuration, arcs correspond to transitions between two configurations,
triggered when an event occurs. The provided semantics cover flows of control and
object tokens taking into consideration variety caused by control nodes.

The transformation is formulated as the set of OCL rules, which makes it easily
portable to transformation frameworks and model-based frameworks. It is the starting
point for model analysis, execution (model debugging) tools, or support in checking
correctness of model transformations.

In the future works, we will extend the semantics to other parts of the UML
Activity notation. We will add support for new type of actions, e.g., call behavior
action, send signal action, accept event action, and so far. We will support values
transportation in object tokens. Moreover, we want to define semantics for parallel
processing.

We want to develop the tool for generating a reachability graph of a set of activities.
Next, our goal is to prepare more advanced tool supporting Use-Case specification
process, model transformations, etc.
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Abstract. Domain Specific Languages (DSLs) are mini-programming lan-
guages which enable their users to abstract from technical details and focus on
business domain. DSLs can be used within a framework, i.e. platform for
developing software applications. The paper presents such a framework called
CDMM-F for building Java applications. The additional tools, prepared by the
authors, support DSL definition. The constraints a DSL should fulfill to be
CDMM-F compliant are thoroughly described in the paper, expressed in the
form of the CDMM meta-meta-model and demonstrated in a case-study. The
main advantage of proposed solution is meta-meta-model simplicity and high
reusability of DSL elements. Once defined they can be connected in different
configurations (contexts) according to the actual needs. The framework archi-
tecture that enables this feature is also presented.

Keywords: Domain Specific Language -+ DSL - Meta-meta-model
Meta-model - Model - Modeling language - Framework

1 Introduction

Domain Specific Languages (DSLs) are widely used in software engineering. They are
mini-programming languages which enable their users to focus on a given application
or business domain without necessity to address technical problems. The problems are
solved “behind the scene”, by the DSL designer. In that way DSL languages “offer
significant advantages over General Purpose Languages (GPLs)” [1].

Technical problems can be solved also as a part of a software framework, i.e.
platform for developing software applications [2]. “A framework may include prede-
fined classes and functions”, it “serves as a foundation for programming” [2].

The aim of this paper is to present a partially published framework called
Context-Driven Meta-Modeling Framework (CDMM-F) [3] from the perspective of its
application to DSLs definition as well as their processing. The tools being a part of the
framework support definition of DSL languages with highly reusable parts. The ele-
ment once defined can be used later in many different applications. What is more, it can
be easily configured to work with other elements offering desired functionalities.

The main contribution of the paper is the formal definition of the meta-meta-model
(see Sect. 3.1) which all DSLs supported by CDMM-F must be compliant with. Up to
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now [4, 5], the meta-meta-model was described in informal way only, e.g. by pre-
senting its possible instances. The formalization serves two important purposes:
(a) eliminates possible misunderstandings of informal specification, (b) is the basis for
internal representation of meta-meta-model instances, and explains existing constraints
imposed on them. In the context of Model Driven Engineering [6], the formally
expressed meta-meta-model is a necessary artifact for definition of meta-models’
transformations, both horizontal — at the same level of abstraction, e.g. refactorings or
translation to another (modeling) language — and vertical, at different level of
abstraction, e.g. model to database schema transformation [7].

The secondary contribution is the new perspective from which CDMM-F frame-
work is presented — as a tool for DSL definition and its further processing.

The literature overview is described in Sect. 2. The CDMM-F framework is pre-
sented in Sect. 3. A simple case study of a DSL definition and its further usage within
the CDMM-F is given in Sect. 4. Section 5 concludes the paper.

2 Literature Overview

Domain Specific Languages (DSLs) are programming languages developed to facilitate
solving problems in a given domain by making programs ‘“easier to understand and
therefore quicker to write, quicker to modify, and less likely to breed bugs” [8].

DSLs are classified according to representation they offer to their users into
graphical and textual ones. Textual DSLs are further divided into external and internal.
An external DSL is represented in another language than the general programming
language (GPL, host language) it is working with. An internal DSL is represented
within the syntax of general-purpose language, e.g. Java [8].

GPL or modern frameworks like Spring, can be complicated to learn. DSLs can
hide this complexity providing more user friendly AP, as in the case of CDMM-F.

“A language workbench is an environment designed to help people create new
DSLs, together with high-quality tooling required to use those DSLs effectively” [8].
There exist some examples of language workbenches freely available. The popular are:
Modeling SDK for Visual Studio (MSDK) [9], or Xtext [10]. Both support definition of
external DSL languages for which a transformation to a GPL language is necessary.
The former enables definition of graphical DSLs while the latter — definition of textual
ones. In both a developer has first to design a meta-model along with abstract, and
concrete syntax. In Xtext the abstract syntax “can be described in XMI, XML Schema,
Rational Rose, or annotated Java” [10], and the concrete syntax is expressed with the
use of BNF notation. In MSDK the abstract syntax takes a form of a graph, but a DSL
designer can propose graphical symbols for graph elements (concrete syntax) [9]. The
workbenches generate appropriate model editors, and support transformation of model
instances to a host programming language on the basis of transformation templates
(definition of language semantics). Comparison of the selected tools for DSL definition
was given in [11] while an example of their application is presented in [12].

The CDMM-F can be perceived as a partial implementation of a DSL workbench
for DSLs being an extension to Java. On the other side, the CDMM-F is also a
framework which is able to process specific DSLs.
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Typically, a DSL workbench enables definition of tree basic elements: abstract and
concrete syntax of a DSL language, and semantics for language elements. In the
proposed implementation, the abstract syntax can be defined graphically (this step is
optional) in the form of a CDMM specific class diagram with the help of
CDMM-Meta-Modeler modeling tool [4]. Concrete syntax takes a form of Spring xml
configuration file, in which DSL parts are bound together. Semantics of DSL elements
is expressed in Java (implementation of classes and interfaces).

Within CDMM-F framework, definition of the DSL language is considered as a
meta-modeling activity while its usage (create instances of classes) as modeling.

3 CDMM-F - Framework Description

The CDMM-F framework is described in the subsections below from the perspective of
different meta-levels. Then the characteristics of technologies used for the design and
implementation of CDMM-F is presented. The motivation and the role of particular
technologies applied in CDMM-F are also explained.

3.1 Meta-Meta Model — Conceptual Level

By analogy to the UML and MOF standards of OMG, the meta-meta model layer is
introduced in this section to help determine whether a modeling language is compliant
with CDMM. Such a meta-model is named CDMM compliant in this case.

The meta-meta model for CDMM is presented in Fig. 1.

targetNodes <navigates to

[ ;
Node . s iniected Are

P> is injected

targetEntity \ / .

<<metaclass>>

EntityClass

sourceEntity

s injected <<metaclass>>

NodeEntityClass

<<metaclass>>
NodeClass

<<metaclass>> . P is injected . <<metaclass>>
ArcEntityClass ArcClass

Fig. 1. Meta-meta model — basic elements.

The CDMM compliant modeling language forms a graph constructed from Node
and Arc meta-classes. Node meta-class may be empty (NodeClass) if the role of it is
just to be placed in the meta-model graph node. Arc meta-class is responsible of
representing and giving access to its’ ends (fargetNodes) are intended to be placed in
meta-model graph arcs. Thus, instances of both Node and Arc meta-classes constitute a
meta-model graph. The graph is built at run-time through injections of Arc classes to
Node classes represented by “is injected” association.
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EntityClass is used to model entities in the modeled domain, e.g. Name in the
example presented in Sect. 4. In general, EntityClass serves as representation of
domain knowledge in terms of value objects. Entities may constitute a hierarchy
modeled by self-association introduced to EntityClass. The hierarchy may be created at
run-time by injecting Entity classes to Entity classes.

Node and Arc meta-classes may have their specializations of EntityClass, which are
represented in the meta-meta-model by NodeEntityClass and ArcEntityClass. This way
Node and Arc classes may be enriched by EntityClass properties at run-time via
injecting EntityClasse(s).

To make understanding of presented concepts easier, a simple example was pre-
pared. Figure 2 presents a CDMM-compliant UML object diagram for genealogy tree
meta-model from Fig. 4, explained in the case-study from Sect. 4.

“havigates to

targetNode
DP A | s injected | RParents -
| NodeClass [ ArcClass
sourceNode
sourceNode
Ais injected
targetEntity

NodaEaiiciass

Fig. 2. CDMM-compliant representation of UML class diagram for genealogy tree.

The diagram presented in Fig. 2 illustrates the mapping between meta-model ele-
ments and meta-meta-model elements given in Fig. 1. The meta-model is created by
injecting RParents class and Name class to DPersonAnonymous class. The RParents
class plays the role of an Arc in the meta-model graph and it points to DPer-
sonAnonymous class as targetNode. The attributes contained in the Name class are
associated to the DPersonAnonymous class by injecting the Name class to the DPer-
sonAnonymous class.

When the meta-model instance (the model) is created one could traverse the graph
in the direction of the navigable associations. As long as the traversal starts in
DPersonAnonymous class all elements of the model may be visited.

The meta-model is created at run-time from the meta-model definition (see
Sect. 3.2 for details). The meta-model instance (model) is created by a programmer
through the appropriate CDMM-F framework API as it is shown in the Sect. 3.3.

3.2 Meta Model

In order to define a CDMM compliant meta-model some elements should be defined by
the modeling language designer. The most important are classes as they must be
implemented in an object-oriented programming language.
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Arc classes must contain the appropriate references to their ends (targetNodes),
which will be initialized later, on the stage of the meta-model construction (for
meta-model classes) and model construction (for meta-model objects).

Node class can be empty. In this case it is the place for entity class injections and
takes the form of NodeClass. This is also the place for Arc class injections.

The meta-model designer may also introduce entity or value object classes to the
meta-model Node and/or Arc classes. In this case the classes must be also implemented
and the designer decides were these classes will be injected into the meta-model graph
classes. These entity classes may be organized in hierarchies as entity class may be
injected into the other entity classes.

All these classes, that is Node, Arc and entity classes, are subject of reuse. Their
reusability has dual nature: they can be reused between different meta-models and also
between meta-models and end-user applications.

The meta-model being the graph consisting of interrelated classes is created by the
CDMM-F while loading the meta-model definition file (application context). This way
all classes are interrelated at run-time and the CDMM-F compliant meta-model is
created.

The CDMM-F user may create instances of meta-model classes and traverse the
links between them in the model. The characteristics of the model is presented in
Sect. 3.3.

3.3 Model

Models are defined by users through the CDMM-F API defined by the meta-model
designer. The main characteristics of this API is that it requires casting mechanisms to
get access to model elements. The reason of that is the fact that the meta-model is
created at run-time and the meta-model graph does not contain compile-time relations.
The user can query the meta-model for its structure and use it further to create instances
of meta-model elements as well as to traverse the graph by its own.

3.4 Framework Architecture

The CDMM-F framework was implemented according to the list of key technical
assumptions:

e object-oriented (0-0) paradigm must be used to express meta-models and models

e meta-model must be created at run-time from existing classes which are completely
unrelated at compile-time

e the meta-model graph traversal is handled by casting in place of calling built-in
traversing methods.

Lack of compile-time relationships significantly increases the reusability of all
meta-model elements, and the run-time creation of a meta-model makes change
introduction much easier than the one possible at compile-time.
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The important problem handled by the CDMM-F is to provide injection mecha-
nism. Without it the meta-model could not be created at run-time. The injection
mechanism is supported by dependency injection (DI) based on the inversion of control
concept. Dependency inversion is needed to provide navigability in the opposite
direction than the injection — see Fig. 1.

Another problem is how to eliminate compile-time dependencies from the
meta-model class hierarchy. The AOP paradigm can be applied to move these
dependencies, more specifically the navigable association between Node and Arc
classes from class-object oriented paradigm layer to the layer of aspects.

In the case of CDMM-F both DI and AOP are used together with Java EE beans
concept. The combination of such the architectural elements makes it possible even to
define injections at run-time through the Java EE framework configuration XML files,
namely through the Java EE application context files. Both DI and AOP can be applied
to beans and all user-defined classes (Node, Arc and entity) are represented by Java EE
beans.

4 Case Study

A simple and frequently met in tutorials [13] case-study of genealogy tree is presented
in this section in order to illustrate how to define a CDMM-F compliant meta-model
consistent with the CDMM compliant meta-meta model and how the CDMM-F API
can be used.

The case-study is limited to the two-level genealogy tree presented in Fig. 3.

Fig. 3. Sample genealogy tree.

There are two parents: father Tom and mother Ann that have one child, the boy
called Joe.

4.1 Meta-Model Definition

The possible CDMM-F compliant meta-model for genealogy tree is presented in Fig. 4.
The main element on it is DPersonAnonymous class which models a person node
(parent or child). We want each person to have a name (represented by the Name entity
class). Peoples are connected with RParents arc class.

The coloring convention known from papers [5] is reused in Fig. 4. According to it,
red types represent elements defined inside the CDMM-F, green — meta-model graph
nodes, blue — meta-model graph arcs and grey — structural responsibilities (entities).
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: <<IRParents>>

: <<IName>>
-name : string

Fig. 4. CDMM-F compliant genealogy sample meta-model.

The RootMetaModelCore class plays the role of the meta-model graph root [14]. The
meta-model root is the starting point of the meta-model traversal process, like in the
case presented on the Listing 2.

It is required for both node and arc classes to implement appropriate interfaces — see
Fig. 5. The used naming convention assumes that the name of interface is preceded
with “I” letter while “D” prefix is used for node classes and “R” prefix is used for arc
classes.

<<Interface>> <<|nterface>> <<Interface>>
IDPersonAnonymous IRParents ams;
+getName()
+add_IRParents() +setName(name : string) : void
yay +getFather_|IRParents() A
T +getMother_IRParents() .
: 4 Name
! ' -name
DPersonAnonymous RParents +getName()
+setName(name : string) : void

Fig. 5. CDMM-F compliant genealogy sample meta-model — definition of interfaces.

The operations an interface of arc classes declares fully depend on the invention of
the designer of the meta-model.

It is clear while looking at Fig. 5 that the node class DPersonAnonymous does not
contain attributes and both node class and its interface do not contain operations. The
node class constitutes the place where the interface /Name of an entity class may be
injected together with its implementation. Both DPersonAnonymous and RParents
classes including the methods shown in the IRParents interface must be implemented
by the person who defines the meta-model.

As it was mentioned in Sect. 3.4, the meta-model concrete syntax takes a form of
XML file being the definition of Spring+Aspect] application context. Thanks to that
additional structural responsibilities (like Name) may be injected to the meta-model
graph elements in the aspect-oriented way. An example for the meta-model from Fig. 4
is shown on the Listing 1.
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<import resource="../metamodel-core-context.xml" />
<import resource="../appContextNamedElement.xml" />
<!-- Root -->

<bean

class="com.componentcreator.metamodel.coremetamodel.root.RootMet
amodelCore"
id="root" scope="singleton'"></bean>

<!-- Meta-model node classes -->
<bean
class="com.componentcreator.metamodel.coremetamodel.gen.domainsi
mpl.DPersonAnonymous"

id="class" scope="prototype"></bean>

<!-- Meta-model arc classes -->
<bean

<l-= L0 ==>

>

</bean>

<!-- Responsibility injections -->

<aop:config>
<aop:aspect id="holderA" ref="holderAAspect'>
<aop:declare-parents
<l== .0 ==>
/>
</aop:aspect>
</aop:config>

Listing 1. CDMM-F meta-model definition for sample genealogy meta-model.

The meta-model must be associated to the CDMM-F’s RootMetamodelCore class.
The relationship is responsible for getting access to each meta-model element while
traversing the meta-model from the root.

It is worth noticing that meta-models are reusable to a large extent. The types
IName and Name may be taken from other projects (of modeling languages or even
from end-user applications in Java) and may be injected into the newly created
meta-model without any compile-time change. The same can be done with hierarchies.

The Spring+Aspect] application context file form the Listing 1 is supported by
CDMM-Meta-Modeler Eclipse Plugln [4, 5] from the graphical definition (CDMM
compliant diagram) of the meta-model for convenience.

4.2 Model Definition

The source code snippet for the CDMM-F API client implemented with the help of
JUnit4 (similar to a unit test) and illustrating how the model (meta-model instance) can
be created, and how its nodes are visited (traversed) is shown in the Listing 2.
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public class TestGenealogyPerson {
private final String APP CFG FNAME = "aGenealogy.xml";

@Test
public void test () throws Throwable {
// getting access to the interface
ICoreMetamodelAPIdynamic ifc =
Configuration.getCoreMetamodelAPIdynamic (APP CFG FNAME) ;

// getting access to the meta-model root
RootMetamodelCore root = ifc.getRoot();

// creating meta-model node class instances

DPersonAnonymous tom = (DPersonAnonymous) ifc.getDomain (

DPersonAnonymous.class, "tom");
((Name) tom) .setName ("Tom") ;

/7

// adding the child by the proxy to the meta-model root

BaseMetamodelCoreProxy rootAccessor = ifc.getAccessor (
RootMetamodelCore.class, IRCollection.class);
rootAccessor.add (root, joe);

// getting access to the meta-model

// DPersonAnonymous class

BaseMetamodelCoreProxy pAccessor = ifc.getAccessor (
DPersonAnonymous.class, IRAssociationPair.class);

// adding Joe's parents
pAccessor.add(joe, tom, ann);

System.out.println("Joe's father: " +
( (Name) pAccessor.getFather (child)) .getName () ) ;
System.out.println("Joe's mother: " +
( (Name) pAccessor.getMother (child)) .getName () ) ;

// closing allocated meta-model resources
ifc.close();

Listing 2. The CDMM-F unit test for the sample meta-model.
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The objects rootAccessor and personAccessor above are proxy objects belonging to
the CDMM-F query language and were added to the framework to simplify the API.

The result of this test execution is presented on the Listing 3.
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Joe's father: Tom
Joe's mother: Ann

Listing 3. Test execution result.

The result of the test confirms the CDMM concept feasibility for the case-study in
the form the CDMM-F requires.

5 Summary

Software reusability is a very desired software feature which can be achieved by
application of selected design principles, e.g. loose-coupling, high-cohesion [15].
These principles can be implemented using different means, e.g. interfaces and
dependency injections. The design elements that have the higher reusability potential
are domain classes.

The paper presents CDMM-F framework that supports development of Java
applications operating on domain objects. These objects are instances of DSL lan-
guages defined separately. DSL classes can be combined in a desired way in declarative
manner via XML configuration file. In result one can change the structure of the graph
only by replacing this file. It is possible because the framework bases on interfaces and
uses aspects to influence the classes’ hierarchy.

The implementation of CDMM-F framework imposes some restrictions on appli-
cable domain languages. These restrictions are expressed by a meta-meta model pre-
sented in the paper. Similarly to other DSL definitions [9, 10] it is required that the
elements of DSL form a graph consisting of nodes and arcs. What is different, structural
features can be assigned to both. It is also possible to define an aggregation hierarchy of
classes and — in result — their instances.

The CDMM-F was described in the paper from the DSL perspective. In the con-
sequence, the paper is focused on the representation of the graph structure of the
CDMM compliant meta-model, i.e. on the meta-meta-model, and on the way the
meta-model instance graph (model) can be created via the CDMM-F APIL The
important element of DSLs which is DSL application business logic is not described in
the paper as it is subject of future implementation.
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Abstract. This paper addresses the problem of determining the admissible
configuration and cyclic operation of batch plants in which a variety of products
are simultaneously processed along different product-dedicated production lines.
The objective is to determine the required number and size of AGVs as well as
the levels of product inventories given the takt times assumed for each kind of
product. The major complication of this design problem lies in the large number
of trade-offs involved, for instance the merging of input/output buffer capacities
versus the frequency of AGV circulation, and the length of takt time versus
inventory levels. By using an analytical model encompassing bottleneck-driven
representation of cyclic schedules it is shown that this problem can be formu-
lated as a constraint satisfaction problem. Its task-oriented representation, aimed
at reducing the size of the search space, is discussed. An illustrative example
proving the feasibility of the proposed approach is provided.

Keywords: Cyclic scheduling - Production flow - Takt time - Batch size -
Input output buffer - Production flow

1 Introduction

Cyclic scheduling is one of the most effective methods of planning in transport systems
and operational planning in manufacturing systems [12]. In transport systems this
approach is predominantly used in areas related to the transport of people including:
rail transport, urban transport, intercity bus transport, etc. Rhythmic delivery repeated
at regular intervals is also a feature of systems of cyclic delivery of goods, such as food
products or consumables, to distribution centres.
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